US009325396B2

a2 United States Patent

Murakami et al.

US 9,325,396 B2
*Apr. 26, 2016

(10) Patent No.:
(45) Date of Patent:

(54) SIGNAL GENERATING METHOD AND

SIGNAL GENERATING DEVICE

Applicant: Panasonic Intellectual Property
Corporation of America, Torrance, CA
(US)

(71)

(72) Inventors: Yutaka Murakami, Kanagawa (JP);
Tomohiro Kimura, Osaka (IP);

Mikihiro Ouchi, Osaka (JP)

PANASONIC INTELLECTUAL
PROPERTY CORPORATION OF
AMERICA, Torrance, CA (US)

(73) Assignee:

(*) Notice: Subject to any disclaimer, the term of this
patent is extended or adjusted under 35

U.S.C. 154(b) by O days.

This patent is subject to a terminal dis-
claimer.
2D 14/567,314

(22)

Appl. No.:

Filed: Dec. 11, 2014

(65) Prior Publication Data
US 2015/0092884 A1l Apr. 2,2015
Related U.S. Application Data

Continuation of application No. 14/110,795, filed as
application No. PCT/JP2012/002685 on Apr. 18,
2012, now Pat. No. 8,971,432.

(63)
(30) Foreign Application Priority Data

Apr. 19, 2011
Jun. 24, 2011

(P
(P)

2011-093540
2011-140749

(51) Int.CL
HO4K 1/10
HO4L 27/28

(2006.01)
(2006.01)

(Continued)

(52) US.CL
CPC

HO4B 7/0456 (2013.01); HO4B 7/046
(2013.01); H04B 7/0413 (2013.01);

(Continued)

(58) Field of Classification Search

CPC .... HO4B 7/046; HO04B 7/0456; HO4B 7/0413;
HO04B 7/0682; H04B 7/0426; H04B 7/0617,
HO04B 7/0862; HO4L 25/0391; HO4W 52/42;
HO04J 11/0033
375/260, 267, 299, 347, 370/334, 330,
370/332; 455/500, 501, 101

See application file for complete search history.

USPC

(56) References Cited

U.S. PATENT DOCUMENTS

7/2012 Leeetal.
8/2012 Ohwatari et al.

(Continued)

8,213,530 B2
8,254,476 B2

FOREIGN PATENT DOCUMENTS

CN
EP

101374032
2312778

2/2009
4/2011

(Continued)
OTHER PUBLICATIONS

Office Action issued Dec. 3, 2014 in Chinese Application No.
201180029416.0, with Partial English translation.

(Continued)

Primary Examiner — Phuong Phu
(74) Attorney, Agent, or Firm — Wenderoth, Lind & Ponack,
LL.P.

(57) ABSTRACT

A transmission method for transmitting a first modulated
signal and a second modulated signal in the same frequency at
the same time. Each signal has been modulated according to
a different modulation scheme. The transmission method

applies precoding on both signals using a fixed precoding
matrix, applies different power change to each signal, and
regularly changes the phase of at least one of the signals,
thereby improving received data signal quality for a reception
device.

4 Claims, 109 Drawing Sheets

2®) 3004

Control aignal



US 9,325,396 B2
Page 2

(51) Int.CL

HO4B 7/04 (2006.01)
HO4W 52/42 (2009.01)
HO4B 7/06 (2006.01)
HO4B 7/08 (2006.01)
HO4L 25/03 (2006.01)
H04J 11/00 (2006.01)
(52) US.CL
CPC ... HO4B 7/0426 (2013.01); HO4B 7/0617

(2013.01); HO4B 7/0682 (2013.01); H04B
7/0862 (2013.01); HO4L 25/0391 (2013.01);
HO4W 52/42 (2013.01); H04J 11/0033
(2013.01)

(56) References Cited
U.S. PATENT DOCUMENTS

8,284,849 B2

8,971,432 B2*
2004/0042439 Al
2005/0249304 Al
2007/0140377 Al
2007/0268977 Al
2008/0080449 Al
2009/0052578 Al
2010/0027696 Al
2010/0046658 Al
2010/0220681 Al*
2011/0176624 Al
2012/0224651 Al
2012/0300877 Al

10/2012 Leeetal.
3/2015 Murakami et al. ............ 375/260
3/2004 Menon et al.
11/2005 Takano et al.
6/2007 Murakami et al.
11/2007 Wang et al.
4/2008 Huang et al.
2/2009 Sawai
2/2010 Leeet al.
2/2010 Yosoku et al.
9/2010 Obuchietal. ..o 370/329
7/2011 Annavajjala et al.
9/2012 Murakami et al.
11/2012 Murakami et al.

FOREIGN PATENT DOCUMENTS

EP 2677676 12/2013
JP 2005-123898 5/2005
JP 2005-192126 7/2005
JP 2005-354665 12/2005
JP 2009-171155 7/2009
JP 2009-525665 7/2009
JP 2010-518763 5/2010
JP 2010-519794 6/2010
WO 2005/050885 6/2005
WO 2007/089110 8/2007
WO 2008/035915 3/2008
WO 2008/088066 7/2008
WO 2008/098092 8/2008
WO 2008/098225 8/2008
WO 2008/100038 8/2008
WO 2010/016183 2/2010
OTHER PUBLICATIONS

International Search Report issued Jun. 26, 2012 in International
(PCT) Application No. PCT/JP2012/002685.

Tareq Y. Al-Naffouri et al., “Opportunistic Beamforming with
Precoding for Spatially Correlated Channels”, Information Theory,
2009, CWIT 2009, 11th Canadian Workshop on, May 15, 2009, pp.
63-66.

Bertrand M. Hochwald et al., “Achieving Near-Capacity on a Mul-
tiple-Antenna Channel”, IEEE Transactions on Communications,
vol. 51, No. 3, pp. 389-399, Mar. 2003.

Ben Lu et al., “Performance Analysis and Design Optimization of
LDPC-Coded MIMO OFDM Systems”, IEEE Transactions on Sig-
nal Processing, vol. 52, No. 2, pp. 348-361, Feb. 2004.

Yutaka Murakami et al., “BER Performance Evaluation in 2x2
MIMO Spatial Multiplexing Systems under Rician Fading Chan-
nels”, IEICE Trans. Fundamentals, vol. E91-A, No. 10, pp. 2798-
2807, Oct. 2008.

Hangjun Chen et al., “Turbo Space-Time Codes with Time Varying
Linear Transformations”, IEEE Transactions on Wireless Communi-
cations, vol. 6, No. 2, pp. 486-493, Feb. 2007.

Hiroyuki Kawai et al., “Likelihood Function for QRM-MLD Suitable
for Soft-Decision Turbo Decoding and Its Performance for OFCFM
MIMO Multiplexing in Multipath Fading Channel”, IEICE Trans.
Commun., vol. E88-B, No. 1, pp. 47-57, Jan. 2005.

“Parallel concatenated (Turbo) coding”, “Turbo (iterative) decoding”
and related topics along with English abstract, The Institute of Elec-
tronics, Information and Communication Engineers, Technical
Report of IEICE, IT98-51 (Dec. 1998), pp. 1-18.

S. Galli et al., “Advanced Signal Processing for PLCs: Wavelet-
OFDM”, Proc. of IEEE International Symposium on ISPLC 2008,
pp. 187-192, 2008.

David J. Love et al., “Limited Feedback Unitary Precoding for Spa-
tial Multiplexing Systems”, IEEE Transactions on Information
Theory, vol. 51, No. 8, pp. 2967-2976, Aug. 2005.

DVB Document A122, Frame structure, channel coding and modu-
lation for a second generation digital terrestrial television broadcast-
ing system (DVB-T2), Jun. 2008.

Lorenzo Vangelista et al., “Key Technologies for Next-Generation
Terrestrial Digital Television Standard DVB-T2”, IEEE Communi-
cations Magazine, vol. 47, No. 10, pp. 146-153, Oct. 2009.

Takeo Ohgane et al., “Applications of Space Division Multiplexing
and Those Performance in a MIMO Channel”, IEICE Trans. Com-
mun., vol. E88-B, No. 5, pp. 1843-1851, May 2005.

R. G. Gallager, “Low-Density Parity-Check Codes”, IRE Transac-
tions on Information Theory, IT-8, pp. 21-28, 1962.

David J. C. Mackay, “Good Error-Correcting Codes Based on Very
Sparse Matices”, IEEE Transactions on Information Theory, vol. 45,
No. 2, pp. 399-431, Mar. 1999.

ETSI EN 302 307, “Digital Video Broadcasting (DVB); Second
generation framing structure, channel coding and modulation sys-
tems for Broadcasting, Interactive Services, News Gathering and
other broadband satellite applications”, V1.1.2, Jun. 2006.
Yeong-Luh Ueng et al., “A Fast-Convergence Decoding Method and
Memory-Efficient VLSI Decoder Architecture for Irregular LDPC
Codes in the IEEE802.16e Standards”, IEEE VTC-2007 Fall, pp.
1255-1259.

Siavash M. Alamouti, “A Simple Transmit Diversity Technique for
Wireless Communications”, IEEE Journal on Select Areas in Com-
munications, vol. 16, No. 8, pp. 1451-1458, Oct. 1998.

Vahid Tarokh et al., “Space-Time Block Coding for Wireless Com-
munications: Performance Results”, IEEE Journal on Selected Areas
in Communications, vol. 17, No. 3, pp. 451-460, Mar. 1999.
Magnus Sandell et al., “Pseudo-Random Scrambling for Quasi-Static
MIMO Channels”, The 18th Annual IEEE International Symposium
on Personal, Indoor and Mobile Radio Communications
(PIMRC’07), 2007, Sep. 7, 2007.

Kenichi Kobayashi et al., “MIMO System with Relative Phase Dif-
ference Time-Shift Modulation for Rician Fading Environment”,
IEICE Transactions on Communications, Communications Society,
Tokyo, JP, vol. E91-B, No. 2, Feb. 1, 2008, pp. 459-465.

Kenichi Kobayashi et al., “MIMO System with Relative Phase Dif-
ference Time-Shift Modulation in Rician Fading Environments”,
IEEE International Conference on Communications, 2008: ICC
2008; May 19-23, 2008, Beijing, China, IEEE, Piscataway, NJ, USA,
May 19, 2008 , pp. 732-736.

Yutaka Murakami et al., “Design of Transmission Technique Utiliz-
ing Linear Combination Diversity in Consideration of LOS Environ-
ments in MIMO Systems”, IEICE Transactions on Fundamentals of
Electronics, Communications and Computer Sciences, Engineering
Sciences Society, Tokyo, JP, vol. E88-A, No. 11, Nov. 1, 2005, pp.
3127-3133.

J. Klutto Milleth et al., “Performance Enhancement of Space-Time
Trellis Codes When Encountering AWGN and Ricean Channels”,
IEEE Transactions on Vehicular Technology, IEEE Service Center,
Piscataway, NJ, US, vol. 54, No. 4, Jul. 1, 2005, pp. 1352-1360.
International Search Report issued Jul. 12, 2011 in International
(PCT) Application No. PCT/JP2011/003384.

Supplementary European Search Report issued Mar. 15, 2012 in
Application No. EP 11 79 5404.



US 9,325,396 B2
Page 3

(56) References Cited
OTHER PUBLICATIONS

Supplementary European Search Reportissued Jul. 30,2014 in Euro-
pean Application No. 12774322.7.

Wei Wang et al., “Taming Underlying Design for Energy Efficient
Distributed Source Coding in Multirate Wireless Sensor Network”,
IEEEVTS Vehicular Technology Conference Proceedings, IEEE,
US, Apr. 1, 2007, pp. 124-129.

* cited by examiner



US 9,325,396 B2

Sheet 1 of 109

Apr. 26,2016

U.S. Patent

AAT# BUTBDIGR OAIOOTY A

AN U

[ RHUOIE DAKORY

10310812p

OWIN
FUG]

JAGH BUUDIUE JUISURI ] \.\ .//

INS

14 PULOIE HUisuRL § \\ //

s

roddep

TR
FOARILISIH]
0posap
.| @3 1n0/u1 Jos
(w7 mog [P
IDARDHIOTUISCY (nl2y7
I IIPOOUD
G
N
¢ i N
IOABOLEOYI]



US 9,325,396 B2

Sheet 2 of 109

Apr. 26,2016

U.S. Patent

Ammj‘rﬁqﬂwﬁﬁhﬁﬁm MTQC

\

(4 252

(T =Gl g1

Aorrrrrnnnennnsnncneee

JOQIEAS Ul [+47

JoquIds Y g2

JOgUIAS 3 |47

(I 2 SPa={0 1407)

(7 sy e {0

(1 25 (D 1)

AN

JOQUIAS 13 (481

JOQUIAS 3 27

JOQIIAS 1 D1

¢ Bl

¢ wWeans

Y UIeans



US 9,325,396 B2

Sheet 3 of 109

Apr. 26,2016

U.S. Patent

g80¢

ErARY

NV

g108

m I032I8Ued UCIJRELIOFUT

jeusis
UOIBINgUeD

m@oﬁ‘mx: surssecord TRUSIQE

S

€Le

Y608

YB0L

¢ bl




US 9,325,396 B2

Sheet 4 of 109

Apr. 26,2016

U.S. Patent

SEENERY

808

o Ee0s
8018

jpudis
uoIRINZUOS
DU

/

£ie

1Tun

gadde

SS3TILTH

vzieh

\ Buryydroy
V60g
<

¥80L

s
vage  YSUE yypop

yov 20OV 20

7 old



US 9,325,396 B2

Sheet 5 of 109

Apr. 26,2016

U.S. Patent

{40 n

izy
Bz

Wiy

Z €06 / Z 206 /

L 4+D r

B e

| €06 / 20 /

uoRENZPUOD
aweds {317z jeudis paiginpoW

uo1Ienduos
swizk) {1112 jeudis parenpow



US 9,325,396 B2

b YR, Y . o :, ~ e . A . s _ . N L L i ¥
22 E e 2 =(ee )8 2 (gemE 22 =(1emE o2 =()
Nn;w Xy o i

Mt dhueissu o4 dingssuin Z+0 dweisswiny 1+ dwelssuwiny n duwgisswn

Jgguryo aseyd Ag pasn (DA ejnuuio BuBueyo eseyd Jo suonRURA ajdurg

Sheet 6 of 109

Apr. 26,2016

U.S. Patent

CIELEE R W—— gL1g
{40 n e
L (1)7s wesng — — NN P §
s #1007 agos (12 (Vzs
gzoa / Z100 e afoe
wc,_w,g.zmg.u%
14D N &
.. (D15 Wesng VEOS \MWVW,N /.\\;ow (118
2007 1108/ L
608 SiE

UCIIBLAOLMUE POLISL BLISS0004d jBUEIG

9 Bl




US 9,325,396 B2

Sheet 7 of 109

Apr. 26,2016

U.S. Patent

UQINBULIOJUE (0407

X 204

£

L 201 J01BLILSS UDIRMONY [BUUBYD i \
AAAAAAA {2 (2SS pa1R|npoul
{10} JOYRUISY LGIBIIONY [SUURLY ~ \\
gl B ‘,E.m,wcﬁwm .cc_”wm:“.u:a LRy \\
27604 904
(2 jeUsis pa1Bnpoul
£ .0f J01BUAISE HONENIONY 1BULBYD \\
N LGnL b0

L8B4

ignal processor

S

AV




US 9,325,396 B2

Sheet 8 of 109

Apr. 26, 2016

U.S. Patent

AZ08

>wcm\ni=

AU

AG1393ep

QW

ATLIU

813

J03RIsLe8 §i8
USO80 \\

078

9718

ABABSLBU]

%

/<
aei8

o8

ﬁ\;m>mvtm#£m& gx;mwamw w

v908
V104

42489 4R3UL

&

/

YEig

o PRI R g i
G808

4 6087

iojenaies
o13es

pooLiisyy
~B07

q08

V605~

A018JNoIR0
o138
PO
—8o7

ABPODIP IN0-HOS /ULHOG

di1g

v0Oi8

8 Dlid

ABRODBH N0 HOS /UL I0S be

<wmm“\\

g¢i8

vEig



US 9,325,396 B2

Sheet 9 of 109

Apr. 26,2016

U.S. Patent

AL03

ﬁﬁmm\m1a

Gig

X208

%1087

FUOUIBIN

AOYTR O
ORI

ABUL

08

ST

Bpd 1onesiisyuiog %

Fleat=t o]
o134
pooyieyl
807

v608

6 Bl

/s

YOig

ASRO0RP INO-14OS /UL

-H0S

319 \ B sorpueuss | 619
y wsoigeog |7
aww\\
» 1orpaps]
ayig 4 /
7 ay06
gt
%) \\ SRR \ m
¥Fi8 \\ P06
JOMGNSEI
YE18
ICHRIN0IED
growommsosontsoo .
Y I —— Bed ionesieluieg éﬁoosm_ovﬂz é
coog /B8 ) seE 4 P laoid
8108 €608

206

106




US 9,325,396 B2

Sheet 10 of 109

Apr. 26,2016

U.S. Patent

UOIIZRLICD JCLIS JO DUNCE PUODBS o

g (Weeays

A

—
[N}
wn

Axm}
NS

BIOPpOW 1O T DIOASDEOD

¥ (E2017S)

v

2{NPOs I0 ] DPIOMEDO]

o1 repdn
A.,A./.J 07 PUNDA FUIPCOBH INOYOS /UI-YOS 1544 40 T 95

~

A
UOIIORAIOD JOAIB JO PUNE ISHY

SIS peje(npod IO [ PIOMSpPar

) ¥




U.S. Patent Apr. 26, 2016 Sheet 11 of 109 US 9,325,396 B2

1181 Received signal point

s 1102 (0.0,000000)

F1G. 11
&

@

O3 (1.6,01,1,1.1)



US 9,325,396 B2

Sheet 12 of 109

Apr. 26,2016

U.S. Patent

Iossevoxd
pereialx

-Wd0

Viggt

g80¢ H208

AAAAAAA Joddep ARSI

apooly

BUTLUS T3 Y

¢1 Blid

e

8106

jeudis
onendiucs



US 9,325,396 B2

Sheet 13 of 109

Apr. 26, 2016

U.S. Patent

a60tt

I gipg

40181

g980ct 980t

Y60E

P Yingl

/S ioks / T veokL /

¥a0eL  voitl vroet

YolEl

€1 Blid



US 9,325,396 B2

Sheet 14 of 109

Apr. 26,2016

U.S. Patent

[ 8 L 8 4 ¥ £ Z i 0
ABLRD ABLARS ARMABG ABlRL Blader ARy ABly SETRSL: ABliaey T
Asusnbadl o oo 2 2 2 o 2 2
G# 8# # 9# G 6 A £# z# L# o# v 1§ dueisewly
= 27 jeudis
B | BL# | LU | S1# | SI# | Vi waiﬁ#aix%\ Oi# | g% dwesswiy | PRIBINPOW
» - \ LU
z071 t
arl Blid
6 8 i 9 g ¥ g 2 1 [t
isliiesy 42le0 A9iiB 424G ABLABG ABlideg ABlideg FE=VR1-10] 42l4B A9udery
Asusnbadl <
G g# i 9# G v | s z# b p# | 1§ dumssawig
B | BI# | L1# | 9 | G | v L e | oz | b | o | g8 dwessewny 7 jeusis
o POIBINPOW

=ty

¥¥l Bid



US 9,325,396 B2

Sheet 15 of 109

Apr. 26,2016

U.S. Patent

Acsusnboul <6

Anusnbodl <

g 8 3 I 1 ¢
..MCLMU .\.WELNO .wim@ .\.mELNO .\.WELNO me\imo
53 W#A e | g# | 1% | o v 64 | 8¢ | % | o £§ dusessiuly
e
Si#E | Vs @iﬁﬁiiﬁmﬂ Ol | B | 9l | Li# | Dig g% duesewn} g7 [eugis
POYRINPON
Z05t . mmﬁ
da1 9lid
4 3 L b G 14 £ A i g
Jslasery  AsuaR ARUABG . dBLaRD LRy sslaBny UsluRG JsUaRG JsudRn JRlueg
b Gt i# o# G# v# | t# “h i# (it 1 duweisswif
Bi# | o | L1 | Di# | Gi# | P ] Si# | Zi# | lLi# | Ol g$ dwegsewny .
1Z jeudis
- p81RINPOK

=11



US 9,325,396 B2

Sheet 16 of 109

Apr. 26,2016

U.S. Patent

Acusnboul

Asusnbay

8 g L 3 S b g 4 £ d
\.WELNO me\EmO s_w_‘fm“u Lm_\EmO \mm_\;_m.o \.WELNO \.WELNO metmu me\EmO s_wt\.wuu
o# # S# £ L# o o4 £ S# O# 1% duesssiuly
Gi# pi# gi# CL# Li# ZL# gi# Li# Gi# gi# Z4% duleissiuig AR
" POIBINDOW
. Ui}
91 8l4
G 8 L 9 G ¥ P z L o
ApLaRy aeliies Jaiders  Jelaen AgLRy ADUIRD ABMIRD aeliies aeLies Jaider;
5+ i 84 L L# o# O# 14 G 0# 1§ duwmsswig
; ; ; ; ; ; > duseissul
Gl At 8ig it Li# oi# gi# [k Gif Oi# Z% + L 17 jpudis
« PSIBINPON

=ty



US 9,325,396 B2

Sheet 17 of 109

Apr. 26,2016

U.S. Patent

ASUSNDBY £

Asusnbady <4

1§ dweisaullg
Z$ dwmisaulif
4 duieissiul}

¢ dweisaull

Lo A% Gi# boH Li# gi# G sz i Gd#
Gy Fo# Lo# 9z# Gi# gi# Lig Gi# 3% i
LE# gc# 62# 344 i¢# Oc# oi# Gi# G# 24
6o 3C# [R5 0C# CoH# o&H# Qi i i# S#
SOL1
Lo A% 1A (g4 L1 G 64 Gt 1# (#
G vEH LoH G2# 61 Gi# Lig O ot fik:
IR %:: 9oH# 6o So# io# 07# g FAE G# i
8CH# 8LH FE# O8# A S A% Si# Vi L# O

1§ duwessuy
7¢$ dwmeisauli}
£¢ duwieisauli}

pS duserssu

7Z [pudis
pIlEnpow

d4it 9id

1Z jeudis
PSIBINPON

=ty

YL Bl



US 9,325,396 B2

Sheet 18 of 109

Apr. 26,2016

U.S. Patent

G

AR

2

U

PEIELSY

/

J@iddery

8

ARLLED

g

QLR

I

AR

o

<
AR

Asusnboiy %

Asusnbodl  «&%

oLH [4%:] o# Pi# OC# Di# | 21# o# v O# i$
LCH EcH Bi# 8c# 1o# Li# | Cl% 5# S# i P
gt# 2% 0%# §¢# A% gi# | vi# 1% | 9% 4 %3
887 43 ¥ LéH A Gi# | Gl b L# % v
2081
O O
1% AN 8CH# Vol 0c# Gi# | 24 g# B4 O i3
LE# PR T4 Sé# La# LI | El# GH S# # 2%
BE# pE# 1% oc# caH# Si# | piE OL# O# o# (%
[i1% 1% %+ L&H# N 8% | SiF PH# L# L# v

Guielseul |
dulglssiul |
quIeISBLUl

7Z feudis
perginoop
S

481 Did

dulglssiul |

quIeISBLUl

LZ BudEis
pPelZINDOW
S

quIeISBLUl
Guielseul |

dulglssiul |

¥el 8l



U.S. Patent Apr. 26, 2016 Sheet 19 of 109 US 9,325,396 B2

A
O?é
Q
- Ok
&
o o %
=
- ~
Q("
O“é
A
Os OF
3
SR
™




US 9,325,396 B2

-
5
)
o
&S
<
&
)
o
o

2
@)
%

—

OF
O

PEGL

* FLOD LEED
. O 1008 Q

Sheet 20 of 109

Apr. 26,2016

U.S. Patent

\" 1300 L3310

&

HIGH

Q 0006 Q010 G011 (a0

o O O O

O
O

O
>
o <

g0¢ 914 ¥0¢ Bl



US 9,325,396 B2

Sheet 21 of 109

Apr. 26,2016

U.S. Patent

%

(Nzz

{ ¢ ) :
4 (3),22

(D12

(1)Es

(D18



US 9,325,396 B2

Sheet 22 of 109

Apr. 26,2016

U.S. Patent

$0¢¢  £0E2

A4S

10¢Z

Asusnbeusy %

L 9 ] ¥ D A (LI
Jsudegy  asules Aaiiiesy 4B LABLUBG Jaleg) ,..\”@:..,mo... ...EEmO...
" m-a » -
i) 9% | os# | v H R Loz b
g | STE | Vi# | o o I f Ol f o¥
LH$ L 9L | €Z# | To# § IoE 3 0%  61# 1 9i¥
Gg# | G7# | vo# | 6M L OSH [ 62# [f G2# (L lz#

.

{3 W 14 dwesssu g

2¢$ dwessau g
£¢ dwmsaun

bg diueysaud g

27 jeusis
paIeInpow

Buir}



US 9,325,396 B2

Sheet 23 of 109

Apr. 26,2016

U.S. Patent

V4N
g

IOARDLIIU]

N
=
40

A
t

Sy

7 BpasUS L
\MF - m JLOAIL 0S8
Wy ISP Ry 2100
i BULOIUE SAID0Y . i |
G PHERMTE SAROST. A OWIN Ln2)E,
£ rouuj IDPOIUS .
4 BUGDIIR SAICY A 14 wﬁw : JROAI 108
NV VA .
Ty \w ny ¥ LYy By
(Flii)7  PABOPRIERG (i
. JEhilvalie)
IOWBINPOW @5y " S—
- IO 5 STT G .\mqu_..w\»n“v
74 PULQIUE JIUSURIL s
IOARDTISNI]
. IOPOOUS
JOVRINDON " 1o i
{# BUUIUR PUISURY W\w//an 2303
I2ABITINUY

£¢ Blid



US 9,325,396 B2

Sheet 24 of 109

(9P) UNS {8pP) UNS
Gé (74 Gi 01 ¢ g Gi Ot
AY / A% @?.ﬁw w @?.Q w
\, \ N\ SN
" N W N AN
2N k\ W, AY ALY
// A/ /// w.w X M&/
/r./ —_a_ /%f ‘Vf ﬁf .S./ f-/
33 5 S 01 % IR ol
\ M /w V/ / AW
" ]
A\ N \ = 5 LR
VA Ny AN b3} A i\ AW
M //. // //.
AN ;ﬂ// o/ Mo..ku .\KQ m. NIO m.
AN VRN N
et o GPGLEY NN A S
e g GPOEEY N Y
~ ~ :.mwmw., .J\ % .lrf//
NS ﬁ/ : e Bt Ot

Apr. 26,2016

U.S. Patent

g¥¢ Bl ¥¥e 014

H€3d



US 9,325,396 B2

Sheet 25 of 109

Apr. 26,2016

U.S. Patent

% 5 & mxﬁ\\w “Au\ - Sv&}r

A+ duigisowiy

e ¢ @ ={g+n)4 L2 ={z+m4

RWHAM+N©M Q&Hmﬁk

e

P

4 duagyssu 2+ duwigysswiny P+ dudgisewsy n dwegseuny

4e8ueys eseyd Aq pesn (DA einuiog BuBueyo sseyd jo suoieleA odleg

LR A@§i§§ii

L0 n

(1Zs wesdiy

e
auoe °

AFAL 4 Z 109 / 8608

1TUn

SUTIUETep

7 (1s

Y08

(1}1'S Less
(M N VEOE

vz00” Lo/ % g1g 7]

udipeuLIofs poylsw Fuseenosd jBuSig

G¢ 914



US 9,325,396 B2

Sheet 26 of 109

Apr. 26,2016

U.S. Patent

B+ GUIBISeWwl

& a3 {~ N g AT b ) . - o ‘.e.m
Lpf=(ernt =Tt s (1 =(n)%d

¥ m,.... e /M\ A D S [ b 5 N Ry \.Mwﬂu\bzuf

LI b‘v\ = mm\.* 3\ £ ‘M.‘\%llﬁﬁu,rﬁ\w A ._H\,\.wx.. Am b wN‘.W A of ﬂ?\\m g

g+ duleysewy Z+1 dweissuwg L4 duieiseu n guiBissuwy

stedueyo aseyd Ag pasn (1)ZA ‘(D) 1A ernuIc BuiBueyo sseyd o suonelies pdueg

BUIT oo
L+ n
e m m (1Zs weang
_ _ H S
¢ 209 / ¢ Ew\\ dLoe QVN
L1 n
- ‘s

(315 wesny

Vi0g

w{mcm\\ L 109 4

Gie

UonBULIGIUI poYyIsw Buisseooid [BUBIG

8¢ B4




US 9,325,396 B2

Sheet 27 of 109

M« ) 2= m 5+ xw_ ‘d 2 »a r PCE “,r +- SHW if e mm :.\.w of b, 9 m/ 1+ 0} d f\w = A xw “f
/ zg Lﬁ,m.. 4 i
= . AV\ +- N.N,.v Wﬂ 5 BB \Ni\% - AM\ - Sv mymma 7 \mw _ ﬂxN i N\.“ mxﬂ. . Am ; wmzw Mnﬂ. Q.ﬁmw o A:/W ﬂm\.
y ! i h &’ A / ) .
SN dLuessul, {40 duleisown Z+n dweissung {41 dwgyssug noduiesaug
siedueys aseyd Ag pesn (1)ZA (314 semuuo SuiBueyo eseyd jo suoneles adweg
IR S—— 009 /
g n

C e m m W {1)75 wesng ﬁ
Mgz

Z 209 / z 5@\ 4608

oy n

Apr. 26,2016

o e (1} weang

U.S. Patent

wxwg\\ {109 4

UOIBULICHH poylow Fuisssoold [pusig

£¢ 814




US 9,325,396 B2

Sheet 28 of 109

Apr. 26,2016

U.S. Patent

0082

AN

UOIBLUIOI 440 /N S8UBYD o8Bl

/ (1yzs
o | 8208

(=1

| SuijySiey

/ ()18

Yi0g

UOIBLACL poUIsw uisseocud jBUdig

8¢ Dld



US 9,325,396 B2

Sheet 29 of 109

Apr. 26,2016

U.S. Patent

(082

AN

HOTIBUIOIU] 4403/ M)} BBUBLD SSBLjc
B

LTUn

SuriyRrey

UOIBLACLE poylew 3uisesoocsd BUBIG

6¢ Blid



US 9,325,396 B2

Sheet 30 of 109

Apr. 26,2016

U.S. Patent

Aousnbod) <%

§ 3 [4 3
ABLLED Jgiien asiier BETER-To)
- . . ] ~ .2 . |~ i$
21 B P L VA A B
o iy Pra - x7 : 7y %7 :
€ 2 sl e e A Sl 2 e P Sl 2l 2 7
“““ { 0/ e | ol —1f | ! 0f —f S
x7 P2 %z 7 ¥y Zy 7
T I 2 - @2 e 2l . @ . P
£ L e i BT ? VB o\\W T o\\W o e g
Yy 27 ¥y P vy P %
2 . 4 -8 . - a 2
I . ¢
of T2 AR R of 2 BV N of 2L E LS, of 2
: P y7 24 %7 ‘ 2 %7
S v

0¢ Blid

v

sui}

GUIRSOUN |

diuelsaul
1oL {Z jeugis
PRIBNPON

diuelsaudt}

Auesoud |



US 9,325,396 B2

Sheet 31 of 109

Apr. 26,2016

U.S. Patent

g [4 !

JoLden ElovRicig] ABLLIET)

>uxm:vo¢& z/ m yd

\\\\. u\m \\\\ww oL
eole

s ¢ ¥l g 2 2§ CUBYSOUL L
A E7 jpudis

s DSIRINPORW

.....i/mw dus iy

(AN
g1t

LOLE v
$O1E SHut}

L Bl



US 9,325,396 B2

Sheet 32 of 109

Apr. 26,2016

U.S. Patent

o138 S € 4 i

i

BEIISY asliiery aaiuer Jaiaies JBLIRD

Aouenbodl o AN m 4

: 2 2y . 2{ . 2 - s 21 . 21 . 2f o 2 : 14 duwieisew ]
..... I u.m..\ hd i =7 M\\\ 5 —f vx ! .WN ON% \\\\
G 7g 2/ 29 i ¢ %7 L
2 2 2l B 2 ; 2 2 - »
¢ 7 F i< S g <, 3 S S - 7% durelssu |
...... 3 1 LA A (.S G A Ay of LN
k,w.~ # kvm &w.N hm\ Z % PQN a2yt \NN mm.ﬁmmw
. . . . . 2reNPO
A ls?s? s o s P e P ? PeIBnpORN
: z o 26 zg wr ETY e
v £ 6 L g4 duwelsauy
c 21 2y ¢ 2 ;2 2 . 2% . 2 - 2
I DI VA EWCE I DL DI B B
2§ 2%y 7 . Zg 23 ) j22] : 27

. P duseissui |

A4

Bui}

¢6 Blid



US 9,325,396 B2

Sheet 33 of 109

Apr. 26,2016

U.S. Patent

¢13 g z [4 !

JeLeg PETER 7o} DL ABUIRD JaLLBG

Asusnbay S m L

1§ dumissul ]
B} ) 3 ) 2 ? -~
o:w Em im of” c.\m c\m im Em of of”

é ; ; ; P - - ; ; - - — duigisatill
67162167 m;\m m\m m‘\w 6.7 m\.m 62167 ¢$ dweisewl} |2 eugis
P v 7 % ' ¥ % - z' P 4

PEIBINpON
< 3 6 2 é It i I 6 a 3 é a2 6 a2 3 3
S A A Py T - o £ T T ! e o A0
P wz Vwy Ywy bxzr §rg vyt bwr bty tig ¢ cduegsal}
e P o @ ¢ BF P @) 2] Bl PH P 2
LN B tr tr ry t, < ! tr by
Ea i I I b %" 7 ¥ I i

e p$ duigisaw

v

DR

£ Blid



US 9,325,396 B2

Sheet 34 of 109

Apr. 26,2016

U.S. Patent

301 (0%

PN

BOGUIAS -
605 ¢8
SIGGUAS
006 bs
DEIIHUSURL] SWERLIS OMY oo T
pue A8podus suo >Q PBPOJUT el >

SIOGUIAS (01

WYO-¥8 W

53018 4L

s

SOGUIAS (G At
S|OGUIAS (3657 s

sjoquuAs gt

PYD-Gi %

83015 0041

S|OQWAS (05 |

S{OqUAS §OS |

SjoquAS (008

AB40 W

(119-0009) #20lg pepes

ye Blid

A



US 9,325,396 B2

Sheet 35 of 109

Apr. 26,2016

U.S. Patent

S1018 0001

SI9GUIAS HOOE

SIOGUIAS D0 L

SIOQUIAS 000

WYD-9 w,

S1018 Q05

sjoquiAs pgg | ©°

sjoquids gosi i5

S{OQWAS (061

WvD-91 W

S35 (1008
e,
-IE“\\\\/ ll.flf.wﬁnn

SoquiAs GOGE

sjoquifs aioe

5{0QUAS QOOE

AS40 %

(BG-000Y) Hood papesd

G¢ B4

Ze

{5



US 9,325,396 B2

Sheet 36 of 109

Apr. 26,2016

U.S. Patent

L RGE UCISIABISE pEIUNoW

SIORISA

b
L
oA

emmernn

.

P 108 UDISIARIS |

_—
ETot a1s

7198 4api0oay

N/

]

0LGF BULSIY

4% B4

(GO0 01SBIEEOAR




US 9,325,396 B2

Sheet 37 of 109

Apr. 26,2016

U.S. Patent

O0LE Honianey

§

i

|

m mowm G0LE ¥3i€ £048

! / ! / }

i s gy s s s s s A — [

| v - vﬁ, \..z.\ Nk m
m Agjdsip m m
; 30

| OBPIA i |
i Hun m pun nadings y A0S3800.40 R il Sk 1oy 0
m ndine i« m j[ENsiACIpY jeusdic weenns | m
}

m olphy i

o . |
L once m |
m R B A
;

i

; ]

i H

i %

M SALIC

i

S .

M A 80LE
1

m 80BLIBILI . s

“ 1 indinc Ensisepny \\\.W@wm.tﬁs wdinoe weeng
oLue 6048 :

;

GIED Bl

-
A

L€ B4

, 1OLE
y t
) )
ACUBINPOWS] lgd 4RunN |
giig
/Jj
pun ndy

UGIASa0

06L¢

A

04/ BULBNY



US 9,325,396 B2

Sheet 38 of 109

Apr. 26,2016

U.S. Patent

(0BPIA-GNG LOFEX0= (i) WeDAS 0BPIA

(00% 1 X0 = (ld ) %eadis solydeid saoRiaiu)

(10121 X0 = (id) wWesns soiydess uoneusssid

(G021 X0 = (id) Wesns soiydess uoneusssid

(1011%0=(lid) Weass opny

(D01 1%0=(lid ) Weads oipny

8¢ Bld




US 9,325,396 B2

Sheet 39 of 109

Apr. 26,2016

U.S. Patent

LWEa]s SoIYdRi8 SAITRISIL wiee.1s sojdels uciIBluUSSaAd
168
viee "y
Zi6E
§18E | A 2
P £16E
8188 \ A \z\w

L1685

"/ erep paxaidninpy

6¢ B4

£06t
S
; G06E
S06E | NS
VOBE | g :
asuanbes swel opny SOUSNDDS DB GOBIA



US 9,325,396 B2

Sheet 40 of 109

Apr. 26,2016

U.S. Patent

peoied 34 JopesYy S
s R
e s4m301d-g aamyoid-g sarod- o aaryd-g
S B A N
/ / %c:oswwm 1u0ed 93
FAA ZAA LAA
AN \ )
K kS 1 ¥
- sanod-g | a4amoid.d | sanioid.g | sunyoid.g | eunmiond-o aanyoid..g

Oy Blid

80USNDBS SWIRLL OBPIA



US 9,325,396 B2

Sheet 41 of 109

Apr. 26,2016

U.S. Patent

Jayoed 804n0Q
A

B1Bp poxedingy

L8 8% v & 2 b O NdS

(31A4-88 1) (3349~}
yensed G} ABPesY RS 4L
A \l;kf'J

22usnbes 18xoed 80.n6g

J L (¥Ao-p)
(334G-481) i a3pesy g
pecifed g \.\\

EH
i
1
i
!
1
i
I
]
2
i
]
]

BoUBNDES 19Yoed G

Ly Bl



US 9,325,396 B2

Sheet 42 of 109

Apr. 26, 2016

U.S. Patent

M 403dLIOSED WBRILY

L 403310800 Wes g

(ld

sdAl weang

Nt UOITBLULIOLUT WES4LS

¢v Blid

f UOIIBULIOM WBBAE

N# 40301088

L# 403di40s8(]

J3peoY | Nd

SATIONALS BIER | A




US 9,325,396 B2

Sheet 43 of 109

Apr. 26,2016

U.S. Patent

awil pus yorgheig

dews Aajug

U1} JABYS MORGAR]

UDTIRLIC
SYRITE WBSAS

@3B LWISAG

UOIIBULIOMH G1D)

(SLTWXX) Baep paxajdiyny

a1 XXX

&y Blid

Sj1y uoRRULIDLUL diD



US 9,325,396 B2

Sheet 44 of 109

Apr. 26,2016

U.S. Patent

Acusnbaiy Suydureg

sfendue

SISUUBYD JO O

08p00

9184 BUIBAY

joedey

UOIINOSaY

BP0

-

UOIBULIGUI
IR WEBSIS OOPIA

J0F X0

LoeLLIOIU
SINGITIE wesss
sorjdedd uscRBEIUSSSI

LOZE*0

UOITBLUAG LA
Sjnguie weaas
sopgdesd uoIBIUOSHA

EITARSE:

UGHBLIIONH
SICEIIE WESALS OIpnyY

LOLEXO

UOTFRLLIOL
BSINGLITIE WEBIAS Opny

OO EXG

UOIRLLLIOU
SINGLINE WEINS

UOIBULICHU
IR WEBSAS OOPIA

LLOLXO

vy Blid

TuoeULIo SINGUTIR WesnS (ld




US 9,325,396 B2

Sheet 45 of 109

Apr. 26,2016

U.S. Patent

20IABD

&

SUCIBDILNULILICS

4 J

S21A80 UoIMdeDey

QoM BRI DLICAR

B mon oo ann v e AU G AAR UOU ARR RAN BUS AN WU ARN KRN IR KRR BN ARN RWR

oapip

et

4% Blid

Z05H L0y



US 9,325,396 B2

Sheet 46 of 109

Apr. 26,2016

U.S. Patent

ospiIA

JIopoosp BiB(

219%,”

mgmw.ﬁamumﬁ UOTTBULIOIU MOLSOMWV G110y

9y Bl

L9ty

G00%,+

TEUOQC& UOITBUIIO M mwnw.hjmumu;w 006y



US 9,325,396 B2

Sheet 47 of 109

Apr. 26, 2016

U.S. Patent

c

Aaiddgry

1

Jaliien

Acusnboi) <&

SIOQUIAS 2IR() Z(3/ ¥

£l

Jaliien

Z

PEIvsi-le 491

m 4

L
iz

\\\5 diesei g

S AR AL

iilmw diejseudl

//svm duteyssiiy
v

By

o

Aousnbsauy <&

\\T.e, dulelseil ]

7,8 dliRISeu |

//wm diielsoud |

//{mw duryssul |
v

i

D% peusts
POIBnPoOK

qiv Hli4

1z 40
17 jeudis
peleinpoR

¥iy bl



US 9,325,396 B2

Sheet 48 of 109

Apr. 26,2016

U.S. Patent

€ o1 g ¢
Jsliseny aRLRG AsiiIRD islsesn

_ N

Z
Jsliien

Asvsnbayy <

sjoqliAe e 20/ MHW

\\:w duieisswl

Acuanbal)

: 7% duesEi |
e ZZ jeudis
: DABTIDO
g /./mm dufeseiu |
%9
//;wm dumyseu |
=1 H ! g8y bld
£ % ) N w
PEIRF T} ARUIES Q 4aliieg OB
diieisaw
y 18 el
r

g, $ ALLRISOU
¢f dueseuy 12 40

L2 jeudis

EBINpo
ifﬁﬁ diseisaiu | PRTRON

4/3 e LA E

=3



US 9,325,396 B2

Sheet 49 of 109

Apr. 26,2016

U.S. Patent

Asusnboiy &

Aousnbouy <§

£ § £ 4 §
\.v_u.._wmo ADLIED EEMV/ Etwmo \x\_m_tmu
& dieyssw
¢ 21 ¢ bS ISSUWLL
Pt S [ of
rg ‘7
¢ @ ¢ e § US|
T g 22 jeusis
FI8INPo
¢ As ¢ POIRINPOY
P y gy duieyse )
N 5
S 7o
//ww diupissuiy
v :
S mmw mmm
£ g £ z i
JaLRg ABUIRD Jelieg metwmo Aeliery
\\5 duteyssily
7 & QLIRSS
< H {Z 4G
LZ {eudis
PeIRINpop
//,mm dweiseu
T A E
v
suil



US 9,325,396 B2

Sheet 50 of 109

Apr. 26,2016

U.S. Patent

Asuenboiy @

=0 NS D
U A N 108

sjoGuiAs 232 Z04Y D

SIOYUAS JOlid 104y

o1 G 4 3
JouIRy Jsiaieny aeliiery Aslaey
[elE8i=5 120V
¢ \\\:ﬂ 1 1L
¢ ¢ e § RSO |
7° 7’
S S
% P //mmw RSl |
0
5
e duigisaill
v ¥ 1L
S}
o1 Gl 4 b
JBIRDy Jsldiery Jsigen

asuen

Asuonbou;

1§ dusmissun L

— et

//mw duigysoun )

¥4 duwielsoud}

o

sy

4z jeusis
PEIBINPOR;

405 Bid

{2 A0
12 jeudis
PEIBINPON

¥0S Bl



US 9,325,396 B2

Sheet 51 of 109

Apr. 26,2016

U.S. Patent

g80r

5581 il

CHEA 49608

TR

I0qR. eusis
L poiom gurssesoxd TRUBTQE + HeRENIRUCS

_ Buind

/s

cig

geddepy
/<
Y608
AAAAAAAAAAAAAAAAAAAAAAAAAAAAA YOOE
mmwwm Gy
&
YOy SGb 20%
7/ AN
y w016 EXEERY
7016
YooLs \




US 9,325,396 B2

Sheet 52 of 109

Apr. 26,2016

U.S. Patent

8018
i

11un

go0%
pd H40%

doddery e 10AR0 T IO Eufommmmommmmmntic

AR TII3
SSATOAIH )

qs1e

1BI8US ) Ju jeusis
| pomen Surssesoad [euSTIgg T LOIRING LoD
It

/

gLe

aseyy

Yiik

kA VEDe

JO3BIOUSE TOGLAS A @ . 7 s
GTE Lojodiue) & MNQ.W\ WO@ NQM\

A vais R Y016 2018
g¢018 -5
T &

<Nowm\\




US 9,325,396 B2

Sheet 53 of 109

Apr. 26,2016

U.S. Patent

g80¢

g80v

jiun

Jadde

Buriygsiop

i FNCERINRAVE | 7 S 4

|BuSis

UOIUNGLUGD
Bule

/

Eie

Juriuley

/
Y608

g58018

&
POy B0V 20¥

<Ncmm\\

/1

q2015




US 9,325,396 B2

Sheet 54 of 109

Apr. 26,2016

U.S. Patent

g80y

Taddey : 207080 —

Jolereuesd

UoT1BUIO ]

|BuUSis

UOIUNGLUGD
suledy

/
Y608

q5018

1

Butanstey

Tun

¥50¢

Y2015

g RS

q2018

J0EJ8UDE TOQUIAS
UOT 1B

Ut Ioaue)

vOy E0F 0¥

Aoreroyed

P0iS

1016

¥5 014

/

£ig

o 1/ L]



U.S. Patent

FIG. 55

5502

Apr. 26,2016

Sheet 55 of 109

US 9,325,396 B2

— ~
s v
~— N
— [N
M =
,
~ o~
— ~—
= o
-1 )
— =t
R — faN] —
i i
(8] &3 .
o i o i
Lo ! o] '
7] - T3 .
e S
— [N
Sy Sy
& B
G oE
=
o
o~
Y
o~
o~ e
. e
N
™
P @
=Y
”
,
o~
—~ rr—
s Ml o~d R
1 N i
— —
N
< <O
L i [Tl —
X . i —
~—r \
—~ -
oy e
- N
i N
N




US 9,325,396 B2

Sheet 56 of 109

Apr. 26,2016

U.S. Patent

9808

1€

1Tun

ajduele esey

Buigysioy

9918

(BuUSIS
URIRMNELLIOD
BUIBL

/

gig

sadde

W

ro3eIBUeE

&

VEGig /!

s 30714

101G

VEOE e 7 wsos "
Y80L ¥yoc &
w80k o S
86016 . 10y
/ P Y50y 'y o
J07eI8Usl JouAs \..1
UOTIRWIOJUT [QIGU0) A POy EGF 209
<ncﬂm /mcmm
S M W U3

96 914



US 9,325,396 B2

Sheet 57 of 109

Apr. 26,2016

U.S. Patent

e OXPXZX a80y
RIRD JUSIDLED FUWLSURL |

e GXER X ptitid

o OXPRER TR X 450%
DBIEp [BOuep! BuWlnusURL ]

Ce SGRPAEXTXIX YOO

LG B4

o QX PXER A X




US 9,325,396 B2

Sheet 58 of 109

Apr. 26,2016

U.S. Patent

o GXPRZE 50y
DEIBP WDABUD SUNIUSUR Y

e GREXTEX hdsihig

- g40p
Bjep [BORUSD! BulusuR |

cuSURPXEREH A VDY

856 Bld

EEETR TR 69 s ol B



US 9,325,396 B2

Sheet 59 of 109

Apr. 26,2016

U.S. Patent

g JIejseoprodg

dr65

b
A~

8064

BN S

N
N VP06S
AN &

D15 BVPBUUAY

1064



US 9,325,396 B2

Sheet 60 of 109

Apr. 26,2016

U.S. Patent

Aousnbodl <%

Aousnbay <

Asusnbol)

Asusnboly <

.
3
. .
e . °
. . » Jsaod
A .
O [euluia} A pasisDoy : :
! .
! .
: . » BT I To!
-
s
. of 1BUILLIBY AQ DOAIDOSN
°
°
s
. .
: . o PETN!
: . »
. .
I3 [euiusel AG peaIssny o [BUILIST AQ paAIS0DyY
e 48O

asee]&

A pueg Anusnbauig

09 Bl

asn/ea

¥ pueg A2usnbs.i

coa\cc

d4806%

g L0nBls sseg

8¥065

o068

¥ Uoiels aseg

Y068



US 9,325,396 B2

Sheet 61 of 109

Apr. 26,2016

U.S. Patent

Aousnboay

d8064

damod

e s s R o0 ERE 0O
*© 00606 %% V00 % % OO

£ LUOIRIS PSEY

Rouanbaly <

T3 [RuULLSL AG PBAISTaY

59 Q285669 Q 83609 MBS 693 E6 9 QR s she

arie6s
. . IBMOY
Rousnbes) : o 2
; 4 [BuLe A peaeosy ’ YOO68
. . . iamod
. . : W UOEIS Bseg
Aouenboiy o 3 - "
; d [BullLISl AQ pBAIBDRY ©) jeuiwiial Ag pealsnoy
s Vi85
e e Jsmod

A pueg Acusnbad 4 X pueg Acusnbas.d 4

5099]&
oooXeo

L



US 9,325,396 B2

Sheet 62 of 109

Apr. 26,2016

U.S. Patent

3064

{068

§ Jogeoedaey

gL029

29080

- LN 1029

VLOZO ~.

4 Py

V5029 -




US 9,325,396 B2

Sheet 63 of 109

Apr. 26,2016

U.S. Patent

Aouenbesy <%

Asusrbod) %

. . . ADMOY
: g J91endos Ag pRAISTRY
. v 48188das Ag PSAIROSY

: . : ABMOT
g 497e0dos AQ DOAIDOSY g Jo1e0dns AQ pOAIEDSY
W A9)esdad Ag paAIBDeY w 4eieados AQ poassey

Jamod

A pugg Asusnbauy

X pueg Asusnbauy

42029

pFASTAY

UGIIELS 95Bg



US 9,325,396 B2

Sheet 64 of 109

Apr. 26,2016

U.S. Patent

Aouenbas; <

Asusnboy <f

2286023866098 3 sf0

> [BUIUIBY AQ PRAIBDSY

e 2 s 8000

* o000 ¥ ¥

Jsmod

Azusnbosy

D jBunude) AQ paaIeDsy

o BURUIRY AQ pRAISDBY

Asusnbay <&

48800
| o jeulLIIS) AY POAIBDEY |
BRIl
Iy jeunisel AG paARay | o [BULISY A DaAB0Dy |
e Jamod

5099]&

A pueqg Aousnbeiyg

79 D14

aso/ea

¥ pueq Aousnbeid

= rATA

g0128

¥eie9

MAvAY

g 493esdey

¥ 4810800y



US 9,325,396 B2

Sheet 65 of 109

Apr. 26,2016

U.S. Patent

gL18

AAAAAAAAAAAAAAA % m 117 3059

BICYNCIORINECRRU R 7 S——

I @M,Cﬁﬂn_ @5Bld

Zuiysreg

g81g

jpusis
UONRINGIUOT
DB

soxd 1

/
/

Giol mc‘mwmmwwﬂ

Joddey

92049

v80E

XojeJeyes Joquis / W ,mNGmmw
OTVERIOIUT [OIJUO] A 437 pERITAY

AN N CLUA © ELOES
BO1G ot :

ao3eieuad

<Ncwm\




US 9,325,396 B2

Sheet 66 of 109

Apr. 26,2016

U.S. Patent

swin <

SICqUIAS B18(]

UBIFBULIOLH
sgueyn sseyd
paijdde-ssiesday

UOIIBULIOLUI
poylsw
UCISSILUSUE |

€088

4048

99 B4

1089

v

Asusnbasd



US 9,325,396 B2

Sheet 67 of 109

Apr. 26,2016

U.S. Patent

TRUSTS

L

puBgeseg

Yi04L9

qIun
furigdray

N

F108

jeudis

UGIIRINEYUOD

awed

£9 B4

£ig



U.S. Patent Apr. 26, 2016

G701A

6702

FI1G. 68

Sheet 68 of 109

7018

US 9,325,396 B2

3064




US 9,325,396 B2

Sheet 69 of 109

Apr. 26,2016

U.S. Patent

mxw 1Mu~\i \th — m;\mwnmf.m.rs.v% ‘\\.%HAN#‘ Sv% N\M\m Hm: + mw\m e\mummx/w,\m
rz' g’ LE E o “ M- S
A+1v BUBIEoU ¢ duseisswing -+ duweyssuig 1+ dunsswny 0 diupyseun

Asdueyo aseyd Ag pesn (DA epuac) FulBueys sseyd fo suoneues sidwes

LU S — giie
L+N n )
. m | (zs weeng T oy
o o / E
rARALE \ N..mom\ g608 A\Mv\N 009000900000000008 i as - 3408 AMvN
L4+n n —
1116 t4Bs HA\ s1h
— / m ~7 | isweens ol (D1 V108 1S
L 409 b 109 008 S1E .

UCHIBWIIGU] poylaul duissanaid jeusig

69 Bld




US 9,325,396 B2

Sheet 70 of 109

Apr. 26,2016

U.S. Patent

ssanoxd §

fe—

digg

Buzis
UoIIBNSLLI0D
BLUBI 4

7
o1t

fjoos M Joddep

AR T IoU

™ y50g 4

y4 e V0 ¥pOg
z0L0 veae VEHE  yzor

Y&0g

0L B4



US 9,325,396 B2

Sheet 71 of 109

Apr. 26,2016

U.S. Patent

sun Afrorsrsssssssseeen
-4 feAidu] ERELYESY 0 1erssiy] Ty EALSIU] g BADIU] Y [RALETIU]
(joqtuAs (JeguIAS
HO0G papod ; N HI0Iq papoa $20iq o
g HOO|D PIPOD LAY [O43UI00) JO43UCDY
YN0 4 pUOSag PBPOs 1844
BIGLUEBA SiquiEs.ig
aur
4 1RALSIU] 3 |BAABIY] Q0 |BAISILY Y {BALTIL G BASIU] Y [BAUSTI
{joquifs {joquwiAs
Y20 papos #20iQ pIpOT H20iq ) .
] MOGI PEROD PAg] JOATU0D) C}0d3u0s)
Yo 4 ’ pUDDEg papuo 1544
Bjgedid BOUIBRA

Asusnbsiy

Asusnbaiy

7% [eusis
POIRINPON

gL blid

1Z 40 17 [RUSIS
PaIBINpON

[ AYARUE



US 9,325,396 B2

Sheet 72 of 109

Apr. 26,2016

U.S. Patent

THEHO# 'O Gl "--- CHTH 1M O G CHVECETH 1 X

1080 G P .- THBOE O SHE YRR TR0 O

Of 'Off ‘G "p# "o« TH L CH OH SH YH CH TR 1H OH

¢l Blid

§301S 00Gt

510GUAS 0G|

%00|G PBpLs PUOOSS

L
S[0GWAS DOG|
HSAD
53018 G/
S{CGUUAS
064
.57 A?osssos sioqUIAS
0G4
WYD-9i

{8

A

{8

HOOHE DBD0D 18414



US 9,325,396 B2

Sheet 73 of 109

Apr. 26,2016

U.S. Patent

S THLE 0ROl PH CH THLE O 98 SH PR CE X

Of Oft G 'pft"»v- ZHIHOR QM CHPRECETZH IHEOE O

£l Blid

F104F 0061

\\\\\,\\////llf

S{OQUIAS (061

WA
SIOGUIAS (051

WSO

A PIpOo0 Py |

zs

LS



US 9,325,396 B2

Sheet 74 of 109

Apr. 26,2016

U.S. Patent

MN#dd

[OQWAS 7d

T R —

Z..movm\

ZHdd

idd

o 1d
UOLULIGT)

2ep
Buypusis
-84d 17

@1Bp
SRS

bed

N.m.awm\

ﬁ.mawm\

yi B4

voﬁ\\ m@wﬂ\ wm%.m\ 53\

Aocuenbouy



US 9,325,396 B2

Sheet 75 of 109

Apr. 26,2016

U.S. Patent

CTE R —

SHdld

S d

tid1d

Mdid

!

Asusnbaiy

G Blid

ETLTT A —

dlid

UG0S

Blep Bupeudis-isod |7

2iep Suiprudis.ead 17

w

Acusnbaay



US 9,325,396 B2

Sheet 76 of 109

Apr. 26,2016

U.S. Patent

[oatrs
AT

8L

NEY

Teqe

dgjdesuy

1eTHd

13esur
TeAleur

\

1'0z9L

16ise

/ 1L

LBE8L

1o

TRUSTS

2I0UGE




US 9,325,396 B2

Sheet 77 of 109

Apr. 26,2016

U.S. Patent

¥ 1 jeadaiuy

o1 1BALRU]

71 [BALBSTIU]

L1 jeAsely]

suy

pOLL
Pi#cdid 3¢
GNoJF IOGUIAG

FFFFTTITFFFFF
I
S S S N

E0LL
St it 42
anodsd |oquIAG

AU A
THd1d 30
dnoas jogquAg

104
i 1d 49
dnotd (DQUAG

L # 48LROgNG

sy <%

LL 914

A 4QLLIBO-gNG

7S Wesng

Aousnbouy

IS Wesng

v

Asuenbsai



US 9,325,396 B2

Sheet 78 of 109

Apr. 26, 2016

U.S. Patent

MN#dd

[OGUIAS 74 BUHY  affooomon
) B1Ep Bep B fouenbou
Zid el Vi i did L 1 Buseusis| Bugeusis]  [Buyeusis g
LUOWILIGT) SHIEEST § dsod 11l § _oad 17 id

Z S0bL

/ /7

S0P

PORL

8L B4

e

bagL e0vl

v amwd

ooFL

1ovL



US 9,325,396 B2

Sheet 79 of 109

Apr. 26,2016

U.S. Patent

y dwels g dwess
B} B
¢ dweys | dwzis
—BU] —euiy

SUH} g

v

{ dRuEn
7 AoLdEr)
¢ BB
¥ ABEBD
G J@lLRy
g 4SBT
JPEDI:Ty

Q J8LRG

Anusnboy

¢ dwiels @ dwess
oW} sy

oodwegs | duwiess
~ewl] -9Wi

SUHY o

O Eet QAWM“
LHLEH] 1] 18

Pl o

| 4BlIBD
7 ABLBD
¢ JBLBD

¥ dse)

y#dId 40 dnoJd
CHd 1 Jo dnoss
T Id 40 dnous
Ll §0 9nous

[BGUWAS
[OQUIAG T
OGWAG 7Y
IOGUIAG 11 #

¢ JBLBD

g 48LIBET)

[ ABiIBD

Q Jouies

v

Asusnbaiy

7S weaag

{5 Weang

6L Bl



U.S. Patent Apr. 26, 2016 Sheet 80 of 109 US 9,325,396 B2

time
ime

t

¥

P
g E
& o ;-
& 2 -
EY N S T o) . S
T2 8 g
PR = r
T &
> © =
[ [4a] =
[e.o]
(. X

of PLP#2
8002
STEC and MIMO transm

Symbol group

PLPHET

o
8001
Irterval T1

Symbol group

frequency
fraquency

Stream si
Stream 52



US 9,325,396 B2

Sheet 81 of 109

Apr. 26,2016

U.S. Patent

7 duieisauii

| ASLLED
Z 4suien
£ susen
b douues
G 4al1en
g 4suten
£ asLuRn
Q iBLIBD
A 4
Aousnbsaiy
Z duesswi )
L dulyseud )
SLUTY
" LIy
s 7 d8ien
" NP1y
L4 b 491iB
8 ® d 0 4B
CHd 1 40 dnesF |oqwAg g B § 4BHIBO
i1 40 dnosd [oquIAS B w% g J@Bn
1#d 7T 30 dnoJ8 joquAsg [ %,, JAPLI ]
w% g ABLLIBD
oL aﬂ
Asusnbaay

18 0l

75 wEang

(5 Weeng



U.S. Patent Apr. 26, 2016 Sheet 82 of 109 US 9,325,396 B2

severaBeraceratcearaenarerasen P —— servreBeracgrncera

SR
R

AR
o

i

8104

PLP#A-
erval T

o
.
Sl
-
9

E L S
% R
% o b

Symbol group of

T

Symbol group of
8103

PLP#3-
Interval T3

5,

Lontrobsymbel: -Gontrol symbol

p of

FiG. 87
T2

i gros
PLP#2
8102
rval

£

in

Symbo

erval Ti

Symbol group of
PLP#T-
8101

g
Bontrat symbal : Bortrol symbol

frequency
F-\

frequency
A

Stream s
Stream s2



US 9,325,396 B2

Sheet 83 of 109

Apr. 26,2016

U.S. Patent

N#d I

dnoJg
[OQUIAS 1DJ1U0TD

Z..mmwm\

Z#d id

i#d71d

o id
LoD

2yep
FUliBUBIS
pHeoeg

eiep
BuieuU8s

8L

eiRp
Bueudis

id

Z4 me\

w..mow\p\

£8 Blid

wmwm\ Nomm\wamm\ wow\p\

BUHY  agffesssocnnn

Asusnboiy



US 9,325,396 B2

Sheet 84 of 109

Apr. 26,2016

U.S. Patent

BUY o

CHdTd

cHd ld

i#dd

L

%

Aousnboiy

¥8 Bld

SUN}  ffoommnn

d'id

UOLILIOT)

21D Buljieudis puonsg

elep Suljeusis 18414

%

Aousnbaiy



US 9,325,396 B2

e8L

RN

ToquAs T4

7 e79L :
R

Sheet 85 of 109

Apr. 26,2016

Jajrosur
16714

Jo1eIalms

Jejaesut

U.S. Patent

10T1d

TRUSTS 7]

/ G104 / {4197 / G19s

L 0EDL L8ESL 181/ EwiGL




US 9,325,396 B2

Sheet 86 of 109

Apr. 26,2016

U.S. Patent

€093

. Y098 s
AOYBNPOWSE (d71d 3

n ,
guijeudis) jOQUIAS g4
oo 3 Aoqeieuad
ucieuLIoLU
[ou00

A5P0O0SD puk

AXID918D {OGQUIAS | /x (((((((((((((((((((( N
L09% 53493 5098

A 20/ Baossavoud
A L0 paie|sd i @
) ~Wa40

Signal processor

17 jeusis pajenp
) il | i0) J0JRUILSD LOHREMIONY [BUlBYD
A ¥OL N oL

S pPsiBpoLs
JOTRUEISD LOIRBNIONY [DULEYS

474

USIS paienpoli
2104 AC1RUWILSS LOREBNIDNY [PUUBYD

0L S0L A
98 b1 M




US 9,325,396 B2

Sheet 87 of 109

Apr. 26,2016

U.S. Patent

03BN
elep 3

pUGDES

powsp | 20L8
wppudis
pue 15414

JOLUOT

Wm ASROoSH pue
7 J010E]B0

FOOHUAS | o A

Boooonoon 2y AoeisLiss
LOITBULIO U

(((((((( //

. 2088

ighg "~ ¢098 G099
&
£ & @ . 77 [RUSIS Peleinpo
A 704 diossenoud 10} JOEWNISE LDHBMONY [SUURYD - \\
Aol /1 poyejes [  J o 280
- 10} 1018UNISE UDHEMONY [BUURYD ” \\
AAAAAAAAAAAAAAAAAAAAAAAAAAAAAAAAAAAAAAAAA AP0L I L 8O/
¢
) N u D U s e ——
X ¢GL Aosswnad 40) JOTELIISS UOIIRMSNY [SUUBYD - \\
X104 peigss ot ¢ 904
~WNa40 ¢ 50L
AAAAAAAAAAAAA - & 17 |BUFIS pOIB|NpoiL
\ 40} IDYEUISE UOITRMONY [BLURUD i \\
AAAAAAAAAAAAAAAAAAAAAAAAAAA X H08 oor o0s

X 0098

£8 B4

§880F

Signal proc

LiL

71l



US 9,325,396 B2

Sheet 88 of 109

Apr. 26,2016

U.S. Patent

A €0f gios

sa004d

ALBL peiged

~Wa40

A 0098

X 204

4088800

K.w@m. poieied

X0

~W040

(398

JojErpowep miep BuppuRie § 0 N L B
PUODYS DUEB 1841} 40 [OQWAS
- A0eIOUSE
g UOIBLLIOJL
©  onuon
ASDODDD pue
2 AOQDOL0PD JOGUUAS L B, N Tsssscoossmmmmssassooooos //

1008 7098 Q048

AN 2098

77 [BUZIS poleinpo

O

404 ACTEUIILSS USIIRITIONY] [suUuUey]

%

& 7 804 /

R
g L0L
\ Wm UDIBION| |SUURYN ~ \
{
T2 [BUGIS POIRNIDCI
J04 JOEUISO UDNRIONY [SuURYD "~ \
o f ¢ 80L
Z GOL
17 |2UAS PRIBINDO
@\ J04 JOEUISO UDNRIONY [SuURYD ~ \
X P08 760/ L 904

88 Dld

SSOY

@
O
&
1 '
=3

K]
<

==

J

biL

(434



US 9,325,396 B2

Sheet 89 of 109

Apr. 26,2016

U.S. Patent

0td 074 gE
Aouenbesl <4 | | | m

§2

jrcmmces i3
N Nu
s ZZ [pusis
. pelenpoly
—E
v
Sl
468 914
oed 074 O Gi 14 o
e (3
1Z jeuss
PIIRINPORN
G
e £
A 2 .
suin ¥68 01



US 9,325,396 B2

Sheet 90 of 109

Apr. 26,2016

U.S. Patent

Aousnbo.yy &

Ol

ioguiss e

Aouenbos) o

084

(v2

G}

0

77 jeudis
paleinpow

g06 Did

1z jgugis
PEIBINPOK

¥06 D4



US 9,325,396 B2

Sheet 91 of 109

Apr. 26,2016

U.S. Patent

Aousnbouyl

Ol

—

023

O

G

L4

i

i+

77 jeusis
paIBnNpon

416 'Bld

17 jgudis
PRIBNPORN

¥i6 Bld



US 9,325,396 B2

Sheet 92 of 109

Apr. 26,2016

U.S. Patent

Aousnbouy &

0td

[OGUWAS 101 MU

ICQUIAS 2]R()

Aouenbed) o

084

G

>

A

Kl
ik}

L3

ZZ jrudis
pateinpon

406 9lid

1z jeudis
PSIR|Npoy

¥i6 bid



US 9,325,396 B2

Sheet 93 of 109

Apr. 26,2016

U.S. Patent

Aouenbo.) o |

[OQUIAL B

05d

Aouenbeuy & m

sLuf}

@

7z jeusis
PeIENpon

4e6 0ld

1z jpudis
PRIBINPCR

¥e6 Bl



US 9,325,396 B2

Sheet 94 of 109

Apr. 26,2016

U.S. Patent

JUBIOIYE02 XSdUos) %

%18 o

HEOvE -’

Yedrs

20v6

¥6 Blid

HOP6

L. pSESES LS

27



U.S. Patent Apr. 26, 2016 Sheet 95 of 109 US 9,325,396 B2

or
b2 b3 bd b5 : 0000 - 1111

b0 b1 B2 b3 : 0000 ~ 1111

FIG. 95

Q
<Q
]
[ep}



U.S. Patent Apr. 26, 2016 Sheet 96 of 109 US 9,325,396 B2

(00— 11

B0 b

T %

FIG. 96

9600
X h

=
X
T



U.S. Patent Apr. 26, 2016 Sheet 97 of 109 US 9,325,396 B2

3
= =~
mgm
gm \\ o
o~ D L3
2
P piX
fene .
[ ] ‘a
{03 o
L o TN
2T 5
fp)
-
e

%

OfjE4 POOYHOY-80] JO anjen SINOSHY



U.S. Patent Apr. 26, 2016 Sheet 98 of 109 US 9,325,396 B2

9805

9803
9304

9802

FI1G. 98
1//
b2 b3 b4 b5

9800

986
b1

b

€

o114 POCLSR~FO] 1O BHeA SINOSqY




US 9,325,396 B2

Sheet 99 of 109

Apr. 26,2016

U.S. Patent

V60¢

™

N

1

14

009

Hun Buiy@isg

{BUBIS JOQU0D)

0086

43dueyo

ABMO

41066

gie”/

UOITBULICU DOYIsW
#u1558004d jeUFIg

66 DId

N E
vi08 (e



US 9,325,396 B2

Sheet 100 of 109

Apr. 26,2016

U.S. Patent

%
\\\ (Hez

H60E .

82066

| un BunyBieg

009

Y066

GLE 7

ccmwmctcuﬁm poyiew
Busseno.d jeudig

001 914

[BUBIS JOAU0D

iasueyo

onog [€7 ,\swm
g1066 7
Y1066

AS5UBYD
FHAO ]




US 9,325,396 B2

Sheet 101 of 109

Apr. 26,2016

U.S. Patent

000010

010110

000110

000111

00001 |

I <

FLELEL - Q00000
SEO P9 2429 1604

1oL Bl



U.S. Patent Apr. 26, 2016 Sheet 102 of 109 US 9,325,396 B2

B0 b1 b2 b3 = 0000 ~ 1114

A

FI1G. 102




US 9,325,396 B2

Sheet 103 of 109

Apr. 26, 2016

U.S. Patent

(Wzsy (s

&

a6oeo1”

(isy Ons

v 00017

-
et s g FAL 301 30201
eoe PO LD ZO LD e
&
IBUOUMS 780801
eusis Aadde
uR AJOLISH W * \
LOE0L
R
¥ £0801

POE01L

SRR % B G |




US 9,325,396 B2

Sheet 104 of 109

Apr. 26,2016

U.S. Patent

(Aousnbeuy) swi |

23S 1S

‘e 01 en :u wcm‘coﬂEoo
; e SHTIRAPENE (9zs ) Mzs
. - -8 qusueduios
x g1 S R vlig: el eseyd.y
- an Gt Wwﬁ MNQ Jusuoduios
. DU T L aunyeapeny)
. - ({®s ) (s
FISESS IRSNNEN [ (F1=Elole HHisls}
°° i3 gl ..m”..mm. “. w.m. @mm.&&...ﬁm
_eemosasmcsessves M e
BULISPA) <
s (D180 ¢ | 9D | 0 | ¥D | 1D | ZD jlusundwos
SATZAREND
. pisuodwos
ce e Bi £1 o1 i ¥l ¢l &l L aseyd-uj
sz m e
Buliepi() -
. N , Jusuodiuos
B0 | LD | 9D | S0 | ¥D | B0 | 20 1 D | D g
IUBUCGHUOD
xx me Mxm ©M m.m .Wm mm Nm m.m @mmrmﬂi,ﬁm

()

y01 914



US 9,325,396 B2

Sheet 105 of 109

Apr. 26,2016

U.S. Patent

posor ”
480601
- /
((HZS) (Dzs YD) E5¥h (R 2D
£ 1019 2 101G L1019 soddey
L0501 <
< (30'SD) (POED (ZO'LD
(His) @18 veogor”
205017

GOoL B4



US 9,325,396 B2

N
Fe

Sheet 106 of 109

Apr. 26,2016

U.S. Patent

i

710001 0801
760501
‘& % \\ AAAAAAAAAA
$H75) (1)zs (509 (€O (107D A
£ 1018 z 1018 RE ¢ y4
AAAAAAAAA Wﬁmmw“u
{o5'G]) ¢20) (ZEID M
< . (90D COLIINCYiLE N D
W) s v80501” |
v 109017
90t Bl



US 9,325,396 B2

Sheet 107 of 109

Apr. 26,2016

U.S. Patent

{Aousnbaid)

SLUl ] & N

(9)

9o | 80 | zoi | o | Mouedwod
fremidteid SO (765 s
: o0 1§ wsucdwoo
8l g vl a1 ] eseydouy Z 1018
R (0) B s
eo | o 1inilien ! iusuoduioo (Azusnbad ) e
- PR T Houmpapent S| Ml
= — J (@s ) (s _—
Lot riwsucdwoo Dot Bt fiusuodwos
AS BN BES ER ERTES RN B BRI BV EROLE BRAVEY ine
iririried et P CO (7S ) (1528
: N . v < §suoduwios
ce<f Bi AoVl Tl eseydoy
zw08 ] e e
O ol 20 | o0 |igoi o jweuoduos
UTURL T foumieapenE)
: — @is ) (Wis
i usuodwoo
a2 i} Gl mm : aseyd.u]
BULIBDAN & /
o JIBUOCWOD
8D § LD § B0 | S0 | PO | EO | 2D | 1D sameIpenty
) jueucdwoo  {(€)
o e a1 i1 8i g1 171 £l Al i wwmﬁﬁicm

AUEE



US 9,325,396 B2

Sheet 108 of 109

Apr. 26,2016

U.S. Patent

it
(QY

AMOA

OG0 /-
g E0501
N A
{90’81 CRER eAN3)) FEeh
¥ 1013 £ 3018 Z 1018 HECEIN saddepy
Smﬁ\
< (GOVLD) (LT'ShH {aeen (EB'LD
¥ E0801L 4
20501 /
801 514



US 9,325,396 B2

Sheet 109 of 109

Apr. 26,2016

U.S. Patent

D

4710901 | 70501

70801
* see (808 CHY (O FL <. CRY I
{(hygsy (Bzs N P ¢ . ’
¥ 101S £ 305 PRI bI0IS AOYNCIAYSH(]  Jrmmmmoemmmesmmossmoesgesesn
< e (GO'LD (LO'SD ae'en (EB9D soddepy
(is) (is v0501 7
601 Did



US 9,325,396 B2

1
SIGNAL GENERATING METHOD AND
SIGNAL GENERATING DEVICE

CROSS REFERENCE TO RELATED
APPLICATION

This application is based on applications No. 2011-093540
filed in Japan on Apr. 19, 2011 and No. 2011-140749 filed in
Japan on Jun. 24, 2011 the contents of which are hereby
incorporated by reference.

The present invention relates to a signal generating method
and a signal generating device for communication using mul-
tiple antennas.

BACKGROUND ART

A MIMO (Multiple-Input, Multiple-Output) system is an
example of a conventional communication system using mul-
tiple antennas. In multi-antenna communication, of which the
MIMO system is typical, multiple transmission signals are
each modulated, and each modulated signal is simultaneously
transmitted from a different antenna in order to increase the
transmission speed of the data.

FIG. 23 illustrates a sample configuration of a transmission
and reception device having two transmit antennas and two
receive antennas, and using two transmit modulated signals
(transmit streams). In the transmission device, encoded data
are interleaved, the interleaved data are modulated, and fre-
quency conversion and the like are performed to generate
transmission signals, which are then transmitted from anten-
nas. In this case, the scheme for simultaneously transmitting
different modulated signals from different transmit antennas
at the same time and on a common frequency is a spatial
multiplexing MIMO system.

In this context, Patent Literature 1 suggests using a trans-
mission device provided with a different interleaving pattern
for each transmit antenna. That is, the transmission device
from FIG. 23 should use two distinct interleaving patterns
performed by two interleavers (ma and wb). As for the recep-
tion device, Non-Patent Literature 1 and Non-Patent Litera-
ture 2 describe improving reception quality by iteratively
using soft values for the detection method (by the MIMO
detector of FIG. 23).

As it happens, models of actual propagation environments
in wireless communications include NLLOS (Non Line-Of-
Sight), typified by a Rayleigh fading environment, and LOS
(Line-Of-Sight), typified by a Rician fading environment.
When the transmission device transmits a single modulated
signal, and the reception device performs maximal ratio com-
bination on the signals received by a plurality of antennas and
then demodulates and decodes the resulting signals, excellent
reception quality can be achieved in a LOS environment, in
particular in an environment where the Rician factor is large.
The Rician factor represents the received power of direct
waves relative to the received power of scattered waves. How-
ever, depending on the transmission system (e.g., a spatial
multiplexing MIMO system), a problem occurs in that the
reception quality deteriorates as the Rician factor increases
(see Non-Patent Literature 3).

FIGS. 24A and 24B illustrate an example of simulation
results of the BER (Bit Error Rate) characteristics (vertical
axis: BER, horizontal axis: SNR (signal-to-noise ratio) for
data encoded with LDPC (low-density parity-check) codes
and transmitted over a 2x2 (two transmit antennas, two
receive antennas) spatial multiplexing MIMO system in a
Rayleigh fading environment and in a Rician fading environ-
ment with Rician factors of K=3, 10, and 16 dB. FIG. 24A
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gives the Max-Log approximation-based log-likelihood ratio
(i.e., Max-log APP, where APP is the a posteriori probability)
BER characteristics without iterative detection (see Non-
Patent Literature 1 and Non-Patent Literature 2), while FIG.
24B gives the Max-log APP BER characteristic with iterative
detection (see Non-Patent Literature 1 and Non-Patent Lit-
erature 2) (number of iterations: five). FIGS. 24A and 24B
clearly indicate that, regardless of whether or not iterative
detection is performed, reception quality degrades in the spa-
tial multiplexing MIMO system as the Rician factor
increases. Thus, the problem of reception quality degradation
upon stabilization of the propagation environment in the spa-
tial multiplexing MIMO system, which does not occur in a
conventional single-modulation signal system, is unique to
the spatial multiplexing MIMO system.

Broadcast or multicast communication is a service applied
to various propagation environments. The radio wave propa-
gation environment between the broadcaster and the receivers
belonging to the users is often a LOS environment. When
using a spatial multiplexing MIMO system having the above
problem for broadcast or multicast communication, a situa-
tion may occur in which the received electric field strength is
high at the reception device, but in which degradation in
reception quality makes service reception impossible. In
other words, in order to use a spatial multiplexing MIMO
system in broadcast or multicast communication in both the
NLOS environment and the LOS environment, a MIMO sys-
tem that offers a certain degree of reception quality is desir-
able.

Non-Patent Literature 8 describes a method of selecting a
codebook used in precoding (i.e. a precoding matrix, also
referred to as a precoding weight matrix) based on feedback
information from a communication party. However, Non-
Patent Literature 8 does not at all disclose a method for
precoding in an environment in which feedback information
cannot be acquired from the other party, such as in the above
broadcast or multicast communication.

On the other hand, Non-Patent Literature 4 discloses a
method for switching the precoding matrix over time. This
method is applicable when no feedback information is avail-
able. Non-Patent Literature 4 discloses using a unitary matrix
as the precoding matrix, and switching the unitary matrix at
random, but does not at all disclose a method applicable to
degradation of reception quality in the above-described LOS
environment. Non-Patent Literature 4 simply recites hopping
between precoding matrices at random. Obviously, Non-
Patent Literature 4 makes no mention whatsoever of a pre-
coding method, or a structure of a precoding matrix, for
remedying degradation of reception quality in a LOS envi-
ronment.
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SUMMARY OF INVENTION
Technical Problem

An object of the present invention is to provide a MIMO
system that improves reception quality in a LOS environ-
ment.

Solution to Problem

The present invention provides a signal generation method
for generating, from a plurality of baseband signals, a plural-
ity of signals for transmission on a common frequency band
and at a common time, comprising: performing a change of
phase on each of a first baseband signal s1 generated from a
first set of bits according to a first modulation scheme and a
second baseband signal s2 generated from a second set of bits
according to a second modulation scheme, thus generating a
first post-phase-change baseband signal s1' and a second
post-phase-change baseband signal s2'; multiplying the first
post-phase-change baseband signal s1' by u and multiplying
the second post-phase-change baseband signal s2' by v, where
u and v denote real numbers different from each other; and
applying weighting according to a predetermined matrix F to
the first post-phase-change baseband signal s1'xu and to the
second post-phase-change baseband signal s2'xv, thus gener-
ating the plurality of signals for transmission on the common
frequency band and at the common time as a first weighted
signal z1 and a second weighted signal z2, wherein the first
weighted signal z1 and the second weighted signal z2 satisfy
the relation: (z1, z2)"=F(uxs1', vxs2", and the first modula-
tion scheme is different from the second modulation scheme.

The present invention also provides a signal generation
apparatus for generating, from a plurality of baseband sig-
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nals, a plurality of signals for transmission on a common
frequency band and at a common time, comprising: a phase
changer performing a change of phase on each of a first
baseband signal s1 generated from a first set of bits according
to a first modulation scheme and a second baseband signal s2
generated from a second set of bits according to a second
modulation scheme, thus generating a first post-phase-
change baseband signal s1' and a second post-phase-change
baseband signal s2'; a power changer multiplying the first
post-phase-change baseband signal s1' by u and multiplying
the second post-phase-change baseband signal s2' by v, where
u and v denote real numbers different from each other; and a
weighting unit applying weighting according to a predeter-
mined matrix F to the first post-phase-change baseband signal
s1'xu and to the second post-phase-change baseband signal
s2'xv, thus generating the plurality of signals for transmission
on the common frequency band and at the common time as a
first weighted signal z1 and a second weighted signal 72,
wherein the first weighted signal z1 and the second weighted
signal z2 satisfy the relation: (z1, z2)"=F(uxs1', vxs2')%, and
the first modulation scheme is different from the second
modulation scheme.

Advantageous Effects of Invention

According to the above structure, the present invention
provides a signal generation method and a signal generation
apparatus that remedy degradation of reception quality in a
LOS environment, thereby providing high-quality service to
LOS users during broadcast or multicast communication.

BRIEF DESCRIPTION OF DRAWINGS

FIG. 1 illustrates an example of a transmission and recep-
tion device in a spatial multiplexing MIMO system.

FIG. 2 illustrates a sample frame configuration.

FIG. 3 illustrates an example of a transmission device
applying a phase changing method.

FIG. 4 illustrates another example of a transmission device
applying a phase changing method.

FIG. 5 illustrates another sample frame configuration.

FIG. 6 illustrates another sample phase changing method.

FIG. 7 illustrates a sample configuration of a reception
device.

FIG. 8 illustrates a sample configuration of a signal pro-
cessor in the reception device.

FIG. 9 illustrates another sample configuration of a signal
processor in the reception device.

FIG. 10 illustrates an iterative decoding method.

FIG. 11 illustrates sample reception conditions.

FIG. 12 illustrates a further example of a transmission
device applying a phase changing method.

FIG. 13 illustrates yet a further example of a transmission
device applying a phase changing method.

FIGS. 14A and 14B illustrate another sample frame con-
figuration.

FIGS. 15A and 15B illustrate another sample frame con-
figuration.

FIGS. 16A and 16B illustrate another sample frame con-
figuration.

FIGS. 17A and 17B illustrate another sample frame con-
figuration.

FIGS. 18A and 18B illustrate another sample frame con-
figuration.

FIGS. 19A and 19B illustrate examples of a mapping
method.

10

15

20

25

30

35

40

45

50

55

60

65

6

FIGS. 20A and 20B illustrate further examples of a map-
ping method.

FIG. 21 illustrates a sample configuration of a weighting
unit.

FIG. 22 illustrates a sample symbol rearrangement
method.

FIG. 23 illustrates another example of a transmission and
reception device in a spatial multiplexing MIMO system.

FIGS. 24A and 24B illustrate sample BER characteristics.

FIG. 25 illustrates another sample phase changing method.

FIG. 26 illustrates another sample phase changing method.

FIG. 27 illustrates another sample phase changing method.

FIG. 28 illustrates another sample phase changing method.

FIG. 29 illustrates another sample phase changing method.

FIG. 30 illustrates a sample symbol arrangement for a
modulated signal providing high received signal quality.

FIG. 31 illustrates a sample frame configuration for a
modulated signal providing high received signal quality.

FIG. 32 illustrates a sample symbol arrangement for a
modulated signal providing high received signal quality.

FIG. 33 illustrates a sample symbol arrangement for a
modulated signal providing high received signal quality.

FIG. 34 illustrates a variation in numbers of symbols and
slots needed per pair of coded blocks when block codes are
used.

FIG. 35 illustrates another variation in numbers of symbols
and slots needed per pair of coded blocks when block codes
are used.

FIG. 36 illustrates an overall configuration of a digital
broadcasting system.

FIG. 37 is a block diagram illustrating a sample receiver.

FIG. 38 illustrates multiplexed data configuration.

FIG. 39 is a schematic diagram illustrating multiplexing of
encoded data into streams.

FIG. 40 is a detailed diagram illustrating a video stream as
contained in a PES packet sequence.

FIG. 41 is a structural diagram of TS packets and source
packets in the multiplexed data.

FIG. 42 illustrates PMT data configuration.

FIG. 43 illustrates information as configured in the multi-
plexed data.

FIG. 44 illustrates the configuration of stream attribute
information.

FIG. 45 illustrates the configuration of a video display and
audio output device.

FIG. 46 illustrates a sample configuration of a communi-
cations system.

FIGS. 47 A and 478 illustrate sample symbol arrangements
for a modulated signal providing high received signal quality.

FIGS. 48 A and 48B illustrate sample symbol arrangements
for a modulated signal providing high received signal quality.

FIGS. 49A and 498 illustrate sample symbol arrangements
for a modulated signal providing high received signal quality.

FIGS. 50A and 50B illustrate sample symbol arrangements
for a modulated signal providing high received signal quality.

FIG. 51 illustrates a sample configuration of a transmission
device.

FIG. 52 illustrates another sample configuration of a trans-
mission device.

FIG. 53 illustrates a further sample configuration of a trans-
mission device.

FIG. 54 illustrates yet a further sample configuration of a
transmission device.

FIG. 55 illustrates a baseband signal switcher.

FIG. 56 illustrates yet still a further sample configuration of
a transmission device.

FIG. 57 illustrates sample operations of a distributor.
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FIG. 58 illustrates further sample operations of a distribu-
tor.

FIG. 59 illustrates a sample communications system indi-
cating the relationship between base stations and terminals.

FIG. 60 illustrates an example of transmit signal frequency
allocation.

FIG. 61 illustrates another example of transmit signal fre-
quency allocation.

FIG. 62 illustrates a sample communications system indi-
cating the relationship between a base station, repeaters, and
terminals.

FIG. 63 illustrates an example of transmit signal frequency
allocation with respect to the base station.

FIG. 64 illustrates an example of transmit signal frequency
allocation with respect to the repeaters.

FIG. 65 illustrates a sample configuration of a receiver and
transmitter in the repeater.

FIG. 66 illustrates a signal data format used for transmis-
sion by the base station.

FIG. 67 illustrates yet still another sample configuration of
a transmission device.

FIG. 68 illustrates another baseband signal switcher.

FIG. 69 illustrates a sample weighting, baseband signal
switching, and phase changing method.

FIG. 70 illustrates a sample configuration of a transmission
device using an OFDM method.

FIGS. 71A and 71B illustrate another sample frame con-
figuration.

FIG. 72 further illustrates the numbers of slots and phase
changing values corresponding to a modulation scheme.

FIG. 73 further illustrates the numbers of slots and phase
changing values corresponding to a modulation scheme.

FIG. 74 illustrates the overall frame configuration of a
signal transmitted by a broadcaster using DVB-T2.

FIG. 75 illustrates two or more types of signals at the same
timestamp.

FIG. 76 illustrates still a further sample configuration of a
transmission device.

FIG. 77 illustrates an alternate sample frame configuration.

FIG. 78 illustrates another alternate sample frame configu-
ration.

FIG. 79 illustrates a further alternate sample frame con-
figuration.

FIG. 80 illustrates yet a further alternate sample frame
configuration.

FIG. 81 illustrates yet another alternate sample frame con-
figuration.

FIG. 82 illustrates still another alternate sample frame con-
figuration.

FIG. 83 illustrates still a further alternate sample frame
configuration.

FIG. 84 further illustrates two or more types of signals at
the same timestamp.

FIG. 85 illustrates an alternate sample configuration of a
transmission device.

FIG. 86 illustrates an alternate sample configuration of a
reception device.

FIG. 87 illustrates another alternate sample configuration
of a reception device.

FIG. 88 illustrates yet another alternate sample configura-
tion of a reception device.

FIGS. 89A and 89B illustrate further alternate sample
frame configurations.

FIGS. 90A and 90B illustrate yet further alternate sample
frame configurations.

FIGS. 91A and 91B illustrate more alternate sample frame
configurations.
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FIGS. 92A and 92B illustrate yet more alternate sample
frame configurations.

FIGS. 93A and 93B illustrate still further alternate sample
frame configurations.

FIG. 94 illustrates a sample frame configuration used when
space-time block codes are employed.

FIG. 95 illustrates an example of signal point distribution
for 16-QAM in the I-Q plane.

FIG. 96 illustrates an example of signal point distribution
for QPSK in the I-Q plane.

FIG. 97 schematically shows absolute values of a log-
likelihood ratio obtained by the reception device.

FIG. 98 schematically shows absolute values of a log-
likelihood ratio obtained by the reception device.

FIG. 99 is an example of a structure of a signal processor
pertaining to a weighting unit.

FIG. 100 is an example of a structure of the signal proces-
sor pertaining to the weighting unit.

FIG. 101 illustrates an example of signal point distribution
for 64-QAM in the I-Q plane.

FIG. 102 illustrates an example of signal point distribution
for 16-QAM in the I-Q plane.

FIG. 103 indicates a sample configuration for a signal
generator when cyclic Q delay is applied.

FIG. 104 illustrates a first example of a generation method
for s1(t) and s2(t) when cyclic Q delay is used.

FIG. 105 indicates a sample configuration for a signal
generator when cyclic Q delay is applied.

FIG. 106 indicates a sample configuration for a signal
generator when cyclic Q delay is applied.

FIG. 107 illustrates a second example of a generation
method for s1(t) and s2(t) when cyclic Q delay is used.

FIG. 108 indicates a sample configuration for a signal
generator when cyclic Q delay is applied.

FIG. 109 indicates a sample configuration for a signal
generator when cyclic Q delay is applied.

DESCRIPTION OF EMBODIMENTS

Embodiments of the present invention are described below
with reference to the accompanying drawings.

Embodiment 1

The following describes, in detail, a transmission method,
a transmission device, a reception method, and a reception
device pertaining to the present Embodiment.

Before beginning the description proper, an outline of
transmission schemes and decoding schemes in a conven-
tional spatial multiplexing MIMO system is provided.

FIG. 1 illustrates the structure of an NtxNr spatial multi-
plexing MIMO system. An information vector z is encoded
and interleaved. The encoded bit vector u= . . . , u,,) is
obtained as the interleave output. Here, u=(v,;, . . . , U,
(where M is the number of transmitted bits per symbol). For
a transmit vector s=(s,, . . ., S,,), a received signal s,=map(u,)
is found for transmit antenna #i. Normalizing the transmit
energy, this is expressible as E{ls,|>}=E /Nt (where E, is the
total energy per channel). The receive vector y=(y,, ..., V)"
is expressed in Math. 1 (formula 1), below.
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[Math. 1]
Y= )’ (formula 1)
= Hywrs+1

Here, H,,,. is the channel matrix, n=(n,, . . ., n,,) is the
noise vector, and the average value of n, is zero for indepen-
dent and identically distributed (i.i.d) complex Gaussian
noise of variance 0. Based on the relationship between trans-
mitted symbols introduced into a receiver and the received
symbols, the probability distribution of the received vectors
can be expressed as Math. 2 (formula 2), below, for a multi-
dimensional Gaussian distribution.

[Math. 2]

(formula 2)

1 2
o -5l - st

1
pylu) = Wex

Here, a receiver performing iterative decoding is consid-
ered. Such a receiver is illustrated in FIG. 1 as being made up
of an outer soft-in/soft-out decoder and a MIMO detector.

The log-likelihood ratio vector (L-value) for FIG. 1 is given
by Math. 3 (formula 3) through Math. 5 (formula 5), as
follows.

[Math. 3]

Lw) = (L), ... , Liuy)" (formula 3)

[Math. 4]

L{w;) = (L(e1), ..., Lletipg)) (formula 4)

[Math. 5]

Pluy = +1)

(formula 5)
L{u;)=1n

(Iterative Detection Method)

The following describes the MIMO signal iterative detec-
tion performed by the N, xN, spatial multiplexing MIMO
system. The log-likelihood ratio of'u,,, is defined by Math. 6
(formula 6).

[Math. 6]

Plttmn = +11y)
Pl = =11)

(formula 6)
L(ttn | y) = In

Through application of Bayes’ theorem, Math. 6 (formula
6) can be expressed as Math. 7 (formula 7).
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[Math. 7]

PO |ty = + DPltbr = +1)/ p(3) (formula 7)

| ) = 1
it 1) np(y | thn = =1)P(thne = =1)/ p(y)
iy P = 4D = +1)
T Pl = =D PO [t = D)
_ Pl = +1) > U1 P 0P @4t
T Pt =D "R Ut PO 0P )

NotethatU,,,, .,={ulu,,,==1}. Through the approximation
In Xaj~max In a;, Math. 7 (formula 7) can be approximated as
Math. 8 (formula 8). The symbol ~ is herein used to signify
approximation.

[Math. 8]

Pl = +1)
Plityy, = =1)

(formula 8)

Llthn ] 3) = In + mas {Inp(y ) + Pl | )}
mn,+

max, Alnp(y | ) + P(et | )}

In Math. 8 (formula 8), P(ulu,,,,) and In P(ulu,,,) can be
expressed as follows.

[Math. 9]

Plut| thn) = 1_[ P(u;) (formula 9)
(i)#mn)
exP( Hij Lz("‘ij ) )

B L{u;) L{w;;)
(i) CXD - +exp| - 3

[Math. 10]

)

0Pt | thyyy) = (Z InP(u; )] —10P(tt,) (formula 10)

Math. 11]

InP(uy) = %Mijp(uij) - ln(exp(—L(;ij)) + eXP(— L—(;ij)]) (formula L1

1 1
= EMUL(MU) - ElL(uij)l for [L{uy)| > 2

- A

5 |y sign (L) = 1)

Note that the log-probability of the equation given in Math.
2 (formula 2) can be expressed as Math. 12 (formula 12).

Math. 12]

1 (formula 12)

sy — Hs()|*

N,
InP(y | u) = —Tln(ZJro'z) - 507

Accordingly, given Math. 7 (formula 7) and Math. 13 (for-
mula 13), the posterior L-value for the MAP or APP (a pos-
teriori probability) can be can be expressed as follows.
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[Math. 13]

1 (formula 13)
Z exp{— 352 lly - Hs(u)ll2 + Z lnP(u;j)}

mn,+1 Y

1
Z exp{— ﬁlly — Hs(w)||? + %“ lnP(u;j)}

Umnn,—1

Lty | y) = In

This is hereinafter termed iterative APP decoding. Also,
given Math. 8 (formula 8) and Math. 12 (formula 12), the
posterior L-value for the Max-log APP can be can be
expressed as follows.

[Math. 14]
Lt | y) = Urnax1 {W(u, y, L)} - Umaz(l W, y, L))} (formula 14)
[Math. 15]
(formula 15)

1
W, y, L) = =5 lly = Hs(ll” + ) InPlu)

i

This is hereinafter referred to as iterative Max-log APP
decoding. As such, the external information required by the
iterative decoding system is obtainable by subtracting prior
input from Math. 13 (formula 13) or from Math. 14 (formula
14).

(System Model)

FIG. 23 illustrates the basic configuration of a system
related to the following explanations. The illustrated system
is a 2x2 spatial multiplexing MIMO system having an outer
decoder for each of two streams A and B. The two outer
decoders perform identical LDPC encoding. (Although the
present example considers a configuration in which the outer
encoders use LDPC codes, the outer encoders are not
restricted to the use of LDPC as the error-correcting codes.
The example may also be realized using other error-correct-
ing codes, such as Turbo codes, convolutional codes, or
LDPC convolutional codes. Further, while the outer encoders
are presently described as individually configured for each
transmit antenna, no limitation is intended in this regard. A
single outer encoder may be used for a plurality of transmit
antennas, or the number of outer encoders may be greater than
the number of transmit antennas.) The system also has inter-
leavers (i, m,) for each of the streams A and B. Here, the
modulation scheme is 2”-QAM (i.e., h bits transmitted per
symbol).

The receiver performs iterative detection (iterative APP (or
Max-log APP) decoding) of MIMO signals, as described
above. The LDPC codes are decoded using, for example,
sum-product decoding.

FIG. 2 illustrates the frame configuration and describes the
symbol order after interleaving. Here, (i,.j,,) and (i,,j,) can be
expressed as follows.

[Math. 16]

(lad )™ Qiaja™) (formula 16)

[Math. 17]

(ibij):nb(Qib,jbb) (formula 17)
Here, i,, and i, represent the symbol order after interleav-

ing, j, and j, represent the bit position in the modulation
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scheme (wherej,,.j,=1,h), ,and &, represent the interleavers
of streams A and B, and Q¢ and Q7,, _» represent the data
order of streams A and B before interleaving. Note that FIG.
2 illustrates a situation where i,=1,,.

(Iterative Decoding)

The following describes, in detail, the sum-product decod-
ing used in decoding the LDPC codes and the MIMO signal
iterative detection algorithm, both used by the receiver.

Sum-Product Decoding

A two-dimensional MxN matrix H={H,,,} is used as the
check matrix for LDPC codes subject to decoding. For the set
[1,N]={1,2...N}, the partial sets A(m) and B(n) are defined
as follows.

[Math. 18]

A(my={n:H,,=1} (formula 18)

[Math. 19]

B(m)={m:H,,,=1} (formula 19)

Here, A(m) signifies the set of column indices equal to 1 for
row m of check matrix H, while B(n) signifies the set of row
indices equal to 1 for row n of check matrix H. The sum-
product decoding algorithm is as follows.

Step A-1 (Initialization): For all pairs (m,n) satisfying H,,, =1,
set the prior log ratio f3,,,=0. Set the loop variable (number of
iterations) 1,,,,=1, and set the maximum number of loops
Lgsomma

Step A-2 (Processing): For all pairs (m,n) satisfying H,,,=1 in
the order m=1, 2, . . . M, update the extrinsic value log ratio
a,,,, using the following update formula.

[Math. 20]
o= [T sieny + Ao T S S+ pet) (Formu1a 20)
W eA(mw » €AMW
[Math. 21]
. 1 x=0 (formula 21)
sign(x) =
{ -1 x<0
[Math. 22]
_,exp(x) + 1 (formula 22)
fe= 1nexp(x) -1

where f is the Gallager function. A, can then be computed
as follows.
Step A-3 (Column Operations): For all pairs (m,n) satisfying
H,,,=lintheordern=1, 2, ... N, update the extrinsic value log
ratio f3,,,, using the following update formula.

[Math. 23]
B = Z Pt (formula 23)
m’ €B(n)n

Step A-4 (Log-likelihood Ratio Calculation): For ne[ 1,N], the
log-likelihood ratio L, is computed as follows.
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[Math. 24]
L, = At + A (formula 24)
m’eBZ(;n\m
Step A-5 (Iteration Count): If 1_,<1__ . then 1, is

incremented and the process returns to step A-2. Sum-product
decoding ends when 1,,,=1,,,, ox-

The above describes one iteration of sum-product decod-
ing operations. Afterward, MIMO signal iterative detection is
performed. The variables m, n, .,,,,,, B,y M, @nd L, used in
the above explanation of sum-product decoding operations
are expressed as m,, N,, A%, .00 B manas Mg a0d L, for
stream A and as m,, 0, &%, ;... B sns Muss and L, for
stream B.

(MIMO Signal Iterative Detection)

The following describes the calculation of A, for MIMO
signal iterative detection.

The following formula is derivable from Math. 1 (formula

1).

[Math. 25]

¥ = (10, y200)7 (formula 25)

= Hp(0)s(D) +nl1)

Given the frame configuration illustrated in FIG. 2, the
following functions are derivable from Math. 16 (formula 16)
and Math. 17 (formula 17).

[Math. 26]
=R 0" (formula 26)
[Math. 27]
1=y 1” (formula 27)

where n,,n, €[1,N]. For iteration k of MIMO signal itera-
tive detection, the variables A, L, A, and L, are
expressed as Ay .., Ly s M ups and Ly .
Step B-1 (Initial Detection; k=0) For initial wave detection,
Aoa and A, are calculated as follows.

For Iterative APP Decoding:

[Math. 28]

1 fi la28
3 esp{m gl - HaGso) T

ro N
Z exp{= 55 I¥(ix) = Haaix)s@(i)IP|

Yony,~1
For Iterative Max-Log APP Decoding:

[Math. 29]

Aopy = max {F(ulix), yix} - Umaxl{‘l‘(u(ix), Yix)  (formula29)

Oy +1 Oy,
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-continued

[Math. 30]

. . 1 . N ) 5 (formula 30)
Wulix), y(ix)) = —ﬁ”y(lx) = Hyp(ix)s(u(ix))

where X=a,b. Next, the iteration count for the MIMO sig-
nal iterative detection is set to 1 =0, with the maximum
iteration count being 1

Step B-2 (Iterative Detection; Iteration k): When the iteration
count is k, Math. 11 (formula 11), Math. 13 (formula 13)
through Math. 15 (formula 15), Math. 16 (formula 16), and
Math. 17 (formula 17) can be expressed as Math. 31 (formula
31) through Math. 34 (formula 34), below. Note that (X,Y)=

(a,b)(b.a).
For Iterative APP Decoding:

[Math. 31]

Xy = (formula 31)

> expf- 5o lvtin -
Uiy +1
Haa (s + gy}

1 .
Z eXP{—ﬁﬂy(lx) -

Ueny 1

Haa (s + gy}

+1n

L, X (14 X
k=LO% ix V' x jx

[Math. 32]

L (formula 32)

x {uax )
Lofy, ok,

(MQ‘-};(J,SigD(kaLQ%W (unl};('y)) - 1)

For Iterative Max-Log APP Decoding:

[Math. 33]

_ (formula 33)
Any = “-10% ix (uﬂi))((,jx ) +

{\y(u(ix), y(ix), p(MQiXX,jX ))} -

max
Ukny +1

max {¥(ulix), (ix), p(uﬂixx,jx))}

kny 1
[Math. 34]

‘l‘(u(ix), y(ix), p(unt))(('jx )) = (formula 34)

1
_ﬁ”}’(l'x) = Hplix)s(ulix DII* +p(u0i)>((,jx)
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Step B-3 (Iteration Count and Codeword Estimation) If
1 imo<1 then 1 is incremented and the process
returns to step B-2. When 1,,,,,,=1 an estimated
codeword is found, as follows.

mimo,max’ mimo

mimo,max?

[Math. 35]
I Lyon 20 (formula 35)
= { =1 Lion, <0
where X=a,b.

FIG. 3 shows a sample configuration of a transmission
device 300 pertaining to the present Embodiment. An encoder
302A takes information (data) 301A and a frame configura-
tion signal 313 as input (which includes the error-correction
method, coding rate, block length, and other information used
by the encoder 302A in error-correction coding of the data,
such that the method designated by the frame configuration
signal 313 is used. The error-correction method may be
switched). In accordance with the frame configuration signal
313, the encoder 302A performs error-correction coding,
such as convolutional encoding, LDPC encoding, turbo
encoding or similar, and outputs encoded data 303A.

An interleaver 304 A takes the encoded data 303A and the
frame configuration signal 313 as input, performs interleav-
ing, i.e., rearranges the order thereof, and then outputs inter-
leaved data 305A. (Depending on the frame configuration
signal 313, the interleaving method may be switched.)

A mapper 306A takes the interleaved data 305A and the
frame configuration signal 313 as input and performs modu-
lation, such as (Quadrature Phase Shift Keying), 16-QAM
(16-Quadradature Amplitude Modulation), or 64-QAM (64-
Quadradture Amplitude Modulation) thereon, then outputs a
baseband signal 307A. (Depending on the frame configura-
tion signal 313, the modulation scheme may be switched.)

FIGS. 19A and 19B illustrate an example of a QPSK
modulation mapping method for a baseband signal made up
of an in-phase component [ and a quadrature component Q in
the 1-Q plane. For example, as shown in FIG. 19A, when the
input data are 00, then the output is I=1.0, Q=1.0. Similarly,
when the input data are 01, the output is [=—1.0, Q=1.0, and so
on. FIG. 19B illustrates an example of a QPSK modulation
mapping method in the [-Q plane differing from FIG. 19A in
that the signal points of FIG. 19A have been rotated about the
origin to obtain the signal points of FIG. 19B. Non-Patent
Literature 9 and Non-Patent Literature 10 describe such a
constellation rotation method. Alternatively, the Cyclic Q
Delay described in Non-Patent Literature 9 and Non-Patent
Literature 10 may also be adopted. An alternate example,
distinct from FIGS. 19A and 19B, is shown in FIGS. 20A and
20B, which illustrate signal point distribution for 16-QAM in
the I-Q plane. The example of FIG. 20A corresponds to FIG.
19A, while that of FIG. 20B corresponds to FIG. 19B.

An encoder 302B takes information (data) 301B and the
frame configuration signal 313 as input (which includes the
error-correction method, coding rate, block length, and other
information used by the encoder 302B in error-correction
coding of the data, such that the method designated by the
frame configuration signal 313 is used. The error-correction
method may be switched). In accordance with the frame
configuration signal 313, the encoder 302B performs error-
correction coding, such as convolutional encoding, LDPC
encoding, turbo encoding or similar, and outputs encoded
data 303B.
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An interleaver 304B takes the encoded data 303B and the
frame configuration signal 313 as input, performs interleav-
ing, i.e., rearranges the order thereof, and outputs interleaved
data 305B. (Depending on the frame configuration signal
313, the interleaving method may be switched.)

A mapper 306B takes the interleaved data 305B and the
frame configuration signal 313 as input and performs modu-
lation, such as QPSK, 16-QAM, or 64-QAM thereon, then
outputs a baseband signal 307B. (Depending on the frame
configuration signal 313, the modulation scheme may be
switched.)

A signal processing method information generator 314
takes the frame configuration signal 313 as input and accord-
ingly outputs signal processing method information 315. The
signal processing method information 315 designates the
fixed precoding matrix to be used, and includes information
on the pattern of phase changes used for changing the phase.

A weighting unit 308 A takes baseband signal 307A, base-
band signal 307B, and the signal processing method informa-
tion 315 as input and, in accordance with the signal process-
ing method information 315, performs weighting on the
baseband signals 307A and 307B, then outputs a weighted
signal 309A. The weighting method is described in detail,
later.

A wireless unit 310A takes weighted signal 309A as input
and performs processing such as quadrature modulation,
band limitation, frequency conversion, amplification, and so
on, then outputs transmit signal 311 A. Transmit signal 311A
is then output as radio waves by an antenna 312A.

A weighting unit 308B takes baseband signal 307A, base-
band signal 307B, and the signal processing method informa-
tion 315 as input and, in accordance with the signal process-
ing method information 315, performs weighting on the
baseband signals 307A and 307B, then outputs weighted
signal 316B.

FIG. 21 illustrates the configuration of the weighting units
308A and 308B. The area of FIG. 21 enclosed in the dashed
line represents one of the weighting units. Baseband signal
307A is multiplied by w11 to obtain w11-s1(t), and multiplied
by w21 to obtain w21-s1(t). Similarly, baseband signal 307B
is multiplied by w12 to obtain w12-s2(t), and multiplied by
w22 to obtain w22-s2(t). Next, z1(t)=w11l-s1(t)+w12-s2(t)
and z2(t)=w21-s1(t)+w22-s22(t) are obtained. Here, as
explained in Embodiment 1, s1(t) and s2(t) are baseband
signals modulated according to a modulation scheme such as
BPSK (Binary Phase Shift Keying), QPSK, 8-PSK (8-Phase
Shift Keying), 16-QAM, 32-QAM (32-Quadrature Ampli-
tude Modulation), 64-QAM, 256-QAM 16-APSK (16-Am-
plitude Phase Shift Keying) and so on.

Both weighting units perform weighting using a fixed pre-
coding matrix. The precoding matrix uses, for example, the
method of Math. 36 (formula 36), and satisfies the conditions
of Math. 37 (formula 37) or Math. 38 (formula 38), all found
below. However, this is only an example. The value of ¢ is not
restricted to Math. 37 (formula 37) and Math. 38 (formula
38), and may take on other values, e.g., a=1.

Here, the precoding matrix is

[Math. 36]

o/ (formula 36)

(wll w12] 1 0 axef
w2l w22)  VaZ+1 laxe® oF
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In Math. 36 (formula 36), above, a. is given by:

[Math. 37]

(formula 37)

V2 +4
V2 42

Alternatively, in Math. 36 (formula 36), above, oo may be
given by:

[Math. 38]

(formula 38)

_\/7+3+\/§

V2 +3-+V5

The precoding matrix is not restricted to that of Math. 36
(formula 36), but may also be as indicated by Math. 39 (for-
mula 39).

[Math. 39]
(Wll WIZ] (a b]
w2l w22) \c d

In Math. 39 (formula 39), let a=Ae’>!! b=Be’>'?, c=Ce/®?!,
and d=De’>?*. Further, one of a, b, ¢, and d may be equal to
zero. For example, the following configurations are possible:
(1) a may be zero while b, ¢, and d are non-zero, (2) b may be
zero while a, ¢, and d are non-zero, (3) ¢ may be zero while a,
b, and d are non-zero, or (4) d may be zero whilea, b, and c are
non-zero.

When any of the modulation scheme, error-correcting
codes, and the coding rate thereof are changed, the precoding
matrix may also be set, changed, and fixed for use.

A phase changer 317B takes weighted signal 316B and the
signal processing method information 315 as input, then
regularly changes the phase of the signal 316B for output.
This regular change is a change of phase performed according
to a predetermined phase changing pattern having a predeter-
mined period (cycle) (e.g., every n symbols (n being an inte-
ger, nz1) or at a predetermined interval). The details of the
phase changing pattern are explained below, in Embodiment
4.

Wireless unit 310B takes post-phase change signal 309B as
input and performs processing such as quadrature modula-
tion, band limitation, frequency conversion, amplification,
and so on, then outputs transmit signal 311B. Transmit signal
311B is then output as radio waves by an antenna 312B.

FIG. 4 illustrates a sample configuration of a transmission
device 400 that differs from that of FIG. 3. The points of
difference of FIG. 4 from FIG. 3 are described next.

An encoder 402 takes information (data) 401 and the frame
configuration signal 313 as input, and, in accordance with the
frame configuration signal 313, performs error-correction
coding and outputs encoded data 402.

A distributor 404 takes the encoded data 403 as input,
performs distribution thereof, and outputs data 405A and data
405B. Although FIG. 4 illustrates only one encoder, the num-
ber of encoders is not limited as such. The present invention
may also be realized using m encoders (m being an integer,
mz1) such that the distributor divides the encoded data cre-
ated by each encoder into two groups for distribution.

(formula 39)
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FIG. 5 illustrates an example of a frame configuration in
the time domain for a transmission device according to the
present Embodiment. Symbol 500_1 is a symbol for notifying
the reception device of the transmission scheme. For
example, symbol 500_1 conveys information such as the
error-correction method used for transmitting data symbols,
the coding rate thereof, and the modulation scheme used for
transmitting data symbols.

Symbol 501_1 is for estimating channel fluctuations for
modulated signal z1(t) (where t is time) transmitted by the
transmission device. Symbol 502_1 is a data symbol trans-
mitted by modulated signal z1(t) as symbol number u (in the
time domain). Symbol 503_1 is a data symbol transmitted by
modulated signal z1(t) as symbol number u+1.

Symbol 501_2 is for estimating channel fluctuations for
modulated signal z2(t) (where t is time) transmitted by the
transmission device. Symbol 502_2 is a data symbol trans-
mitted by modulated signal z2(t) as symbol number u. Sym-
bol 503_2 is a data symbol transmitted by modulated signal
z1(t) as symbol number u+1.

Here, the symbols of z1(t) and of z2(t) having the same
timestamp (identical timing) are transmitted from the trans-
mit antenna using the same (shared/common) frequency.

The following describes the relationships between the
modulated signals z1 (t) and z2(t) transmitted by the trans-
mission device and the received signals rl(t) and r2(t)
received by the reception device.

In FIG. 5, 504#1 and 50442 indicate transmit antennas of
the transmission device, while 505#1 and 505#2 indicate
receive antennas of the reception device. The transmission
device transmits modulated signal zI1(t) from transmit
antenna 504#1 and transmits modulated signal z2(t) from
transmit antenna 504#2. Here, modulated signals z1(t) and
72(t) are assumed to occupy the same (shared/common) fre-
quency (bandwidth). The channel fluctuations in the transmit
antennas of the transmission device and the antennas of the
reception device are h, (1), h, (1), h,,(t), and h,,(t), respec-
tively. Assuming that receive antenna 505#1 of the reception
device receives received signal r1(t) and that receive antenna
505#2 of the reception device receives received signal r2(t),
the following relationship holds.

[Math. 40]
(rl(f)]_(hu(f) hlz(f)](zl(f)]
r20) " Nk (0 hp(® N 2200)

FIG. 6 pertains to the weighting method (precoding
method) and the phase changing method of the present
Embodiment. A weighting unit 600 is a combined version of
the weighting units 308A and 308B from FIG. 3. As shown,
stream sl(t) and stream s2(t) correspond to the baseband
signals 307A and 307B of FIG. 3. That is, the streams s1(t)
and s2(t) are baseband signals made up of an in-phase com-
ponent I and a quadrature component Q conforming to map-
ping by a modulation scheme such as QPSK, 16-QAM, and
64-QAM. As indicated by the frame configuration of FIG. 6,
stream s1(t) is represented as s1(u) at symbol number u, as
sl(u+l) at symbol number u+l, and so forth. Similarly,
stream s2(t) is represented as s2(u) at symbol number u, as
s2(u+1) at symbol number u+1, and so forth. The weighting
unit 600 takes the baseband signals 307A (s1(t)) and 307B
(s2(1)) as well as the signal processing method information
315 from FIG. 3 as input, performs weighting in accordance
with the signal processing method information 315, and out-

(formula 40)
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puts the weighted signals 309A (z1(t)) and 316B(z2'(t)) from
FIG. 3. The phase changer 317B changes the phase of
weighted signal 316B(z2'(t)) and outputs post-phase change
signal 309B(z2(t)).
Here, given vector W1=(w11,w12) from the first row of the

fixed precoding matrix F, z1(t) is expressible as Math. 41
(formula 41), below.

[Math. 41]

Z1(D)=W1x(s1(1).s2(1)T (formula 41)

Similarly, given vector W2=(w21,w22) from the second
row of the fixed precoding matrix F, and letting the phase
changing formula applied by the phase changer by y(t), then
72(t) is expressible as Math. 42 (formula 42), below.

[Math. 42]

22(6)=p(O)x W2x(s1(2),52(£) T (formula 42)

Here, y(1) is a phase changing formula obeying a predeter-
mined method. For example, given a period (cycle) of four
and timestamp u, the phase changing formula may be
expressed as Math. 43 (formula 43), below.

[Math. 43]

Wuy=e® (formula 43)

Similarly, the phase changing formula for timestamp u+1
may be, for example, as given by Math. 44 (formula 44).

[Math. 44]

yu+1) = i1 (formula 44)

That is, the phase changing formula for timestamp u+k
generalizes to Math. 45 (formula 45).

[Math. 45]

K
v +k)= ef’zﬁ (formula 45)

Note that Math. 43 (formula 43) through Math. 45 (formula
45)are given only as an example of a regular change of phase.

The regular change of phase is not restricted to a period
(cycle) of four. Improved reception capabilities (the error-
correction capabilities, to be exact) may potentially be pro-
moted in the reception device by increasing the period (cycle)
number (this does not mean that a greater period (cycle) is
better, though avoiding small numbers such as two is likely
ideal).

Furthermore, although Math. 43 (formula 43) through
Math. 45 (formula 45), above, represent a configuration in
which a change in phase is carried out through rotation by
consecutive predetermined phases (in the above formula,
every m/2), the change in phase need not be rotation by a
constant amount, but may also be random. For example, in
accordance with the predetermined period (cycle) of y(t), the
phase may be changed through sequential multiplication as
shown in Math. 46 (formula 46) and Math. 47 (formula 47).
The key point of the regular change of phase is that the phase
of the modulated signal is regularly changed. The phase
changing degree variance rate is preferably as even as pos-

sible, such as from —x radians to & radians. However, given
that this concerns a distribution, random variance is also
possible.

[Math. 46]
. s .21 formula 46
eloae15~>e15~> ( )
B a4 e r s o
10 &3 5 &3 el el el s edT el
[Math. 47]
X ; ;3% ; i i3 ;3 ;I formula 47
&2 56" 57T 5 e 5 elT 5 T S T S T ( )
15

As such, the weighting unit 600 of FIG. 6 performs pre-
coding using fixed, predetermined precoding weights, and the
phase changer 317B changes the phase of the signal input
thereto while regularly varying the phase changing degree.

When a specialized precoding matrix is used in the LOS
environment, the reception quality is likely to improve tre-
mendously. However, depending on the direct wave condi-
tions, the phase and amplitude components of the direct wave
may greatly differ from the specialized precoding matrix,
upon reception. The LOS environment has certain rules.
Thus, data reception quality is tremendously improved
through a regular change of transmit signal phase that obeys
those rules. The present invention offers a signal processing
method for improving the LOS environment.

FIG. 7 illustrates a sample configuration of a reception
device 700 pertaining to the present embodiment. Wireless
unit 703_X receives, as input, received signal 702_X received
by antenna 701_X, performs processing such as frequency
conversion, quadrature demodulation, and the like, and out-
puts baseband signal 704_X.

Channel fluctuation estimator 705_1 for modulated signal
z1 transmitted by the transmission device takes baseband
signal 704_X as input, extracts reference symbol 501_1 for
40 channel estimation from FIG. 5, estimates the value of b,
from Math. 40 (formula 40), and outputs channel estimation
signal 706_1.

Channel fluctuation estimator 705_2 for modulated signal
72 transmitted by the transmission device takes baseband
signal 704_X as input, extracts reference symbol 502_2 for
channel estimation from FIG. 5, estimates the value of h,,
from Math. 40 (formula 40), and outputs channel estimation
signal 706_1.

Wireless unit 703_Y receives, as input, received signal
702_Y received by antenna 701_Y, performs processing such
as frequency conversion, quadrature demodulation, and the
like, and outputs baseband signal 704_Y.

Channel fluctuation estimator 707_1 for modulated signal
z1 transmitted by the transmission device takes baseband
signal 704_Y as input, extracts reference symbol 501_1 for
channel estimation from FIG. 5, estimates the value of h,
from Math. 40 (formula 40), and outputs channel estimation
signal 708_1.

Channel fluctuation estimator 707_2 for modulated signal
72 transmitted by the transmission device takes baseband
signal 704_Y as input, extracts reference symbol 502_2 for
channel estimation from FIG. 5, estimates the value of h
from Math. 40 (formula 40), and outputs channel estimation
signal 708_2.

A control information decoder 709 receives baseband sig-
nal 704_X and baseband signal 704_Y as input, detects sym-
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bol 500_1 that indicates the transmission scheme from FIG.
5, and outputs a transmission method information signal 710
for the transmission device.

A signal processor 711 takes the baseband signals 704_X
and 704_Y, the channel estimation signals 706_1, 706_2,
708 _1, and 708_2, and the transmission method information
signal 710 as input, performs detection and decoding, and
then outputs received data 712_1 and 712_2.

Next, the operations of the signal processor 711 from FIG.
7 are described in detail. FIG. 8 illustrates a sample configu-
ration of the signal processor 711 pertaining to the present
embodiment. As shown, the signal processor 711 is primarily
made up of an inner MIMO detector, a soft-in/soft-out
decoder, and a coefficient generator. Non-Patent Literature 2
and Non-Patent Literature 3 describe the method of iterative
decoding with this structure. The MIMO system described in
Non-Patent Literature 2 and Non-Patent Literature 3 is a
spatial multiplexing MIMO system, while the present
Embodiment differs from Non-Patent Literature 2 and Non-
Patent Literature 3 in describing a MIMO system that regu-
larly changes the phase over time, while using the precoding
matrix. Taking the (channel) matrix H(t) of Math. 36 (formula
36), then by letting the precoding weight matrix from FIG. 6
be F (here, a fixed precoding matrix remaining unchanged for
a given received signal) and letting the phase changing for-
mula used by the phase changer from FIG. 6 be Y (1) (here, Y(t)
changes over time t), then the receive vector R(t)=(r1(t),r2
()7 and the stream vector S(t)=(s1(t),s2(1))” the following
function is derived:

[Math. 48]
R(H) = HO)X YD) X Fx5(1) (formula 48)
where

v 1 0
(’)‘(0 y(z)]

Here, the reception device may use the decoding methods
of' Non-Patent Literature 2 and 3 on R(t) by computing H(t)x
Y(t)xF.

Accordingly, the coefficient generator 819 from FIG. 8
takes a transmission method information signal 818 (corre-
sponding to 710 from FIG. 7) indicated by the transmission
device (information for specifying the fixed precoding matrix
in use and the phase changing pattern used when the phase is
changed) and outputs a signal processing method information
signal 820.

The inner MIMO detector 803 takes the signal processing
method information signal 820 as input and performs iterative
detection and decoding using the signal and the relationship
thereof to Math. 48 (formula 48). The operations thereof are
described below.

The processing unit illustrated in FIG. 8 must use a pro-
cessing method, as is illustrated in FIG. 10, to perform itera-
tive decoding (iterative detection). First, detection of one
codeword (or one frame) of modulated signal (stream) s1 and
of'one codeword (or one frame) of modulated signal (stream)
s2 are performed. As a result, the soft-in/soft-out decoder
obtains the log-likelihood ratio of each bit of the codeword (or
frame) of modulated signal (stream) s1 and of the codeword
(or frame) of modulated signal (stream) s2. Next, the log-
likelihood ratio is used to perform a second round of detection
and decoding. These operations (referred to as iterative
decoding (iterative detection)) are performed multiple times.
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The following explanations centre on the creation method of
the log-likelihood ratio of a symbol at a specific time within
one frame.

In FIG. 8, a memory 815 takes baseband signal 801X
(corresponding to baseband signal 704_X from FIG. 7), chan-
nel estimation signal group 802X (corresponding to channel
estimation signals 706_1 and 706_2 from FIG. 7), baseband
signal 801Y (corresponding to baseband signal 704_Y from
FIG. 7), and channel estimation signal group 802Y (corre-
sponding to channel estimation signals 708_1 and 708_2
from FIG. 7) as input, executes (computes) H(t)xY (t)xF from
Math. 48 (formula 48) in order to perform iterative decoding
(iterative detection), and stores the resulting matrix as a trans-
formed channel signal group. The memory 815 then outputs
the above-described signals as needed, specifically as base-
band signal 816X, transformed channel estimation signal
group 817X, baseband signal 816Y, and transformed channel
estimation signal group 817Y.

Subsequent operations are described separately for initial
detection and for iterative decoding (iterative detection).

(Initial Detection)

The inner MIMO detector 803 takes baseband signal 801X,
channel estimation signal group 802X, baseband signal §01Y,
and channel estimation signal group 802Y as input. Here, the
modulation scheme for modulated signal (stream) sl and
modulated signal (stream) s2 is described as 16-QAM.

The inner MIMO detector 803 first computes H(t)xY (t)xF
from the channel estimation signal groups 802X and 802Y,
thus calculating a candidate signal point corresponding to
baseband signal 801X. FIG. 11 represents such a calculation.
InFIG. 11, eachblack dot is a candidate signal point in the [-Q
plane. Given that the modulation scheme is 16-QAM, 256
candidate signal points exist. (However, FIG. 11 is only a
representation and does not indicate all 256 candidate signal
points.) Letting the four bits transmitted in modulated signal
sl be b0, bl, b2, and b3 and the four bits transmitted in
modulated signal s2 be b4, b5, b6, and b7, candidate signal
points corresponding to (b0, b1, b2, b3, b4, b5, b6, b7) are
found in FIG. 11. The Euclidean squared distance between
each candidate signal point and each received signal point
1101 (corresponding to baseband signal 801X) is then com-
puted. The Euclidian squared distance between each point is
divided by the noise variance o”. Accordingly, E (b0, b1, b2,
b3, b4, b5, b6,b7) is calculated. That is, the Euclidian squared
distance between a candidate signal point corresponding to
(b0, b1, b2, b3, b4, bS5, b6, b7) and a received signal point is
divided by the noise variance. Here, each of the baseband
signals and the modulated signals s1 and s2 is a complex
signal.

Similarly, the inner MIMO detector 803 computes H(t)xY
(OxF from the channel estimation signal groups 802X and
802Y, calculates candidate signal points corresponding to
baseband signal 801Y, computes the Euclidean squared dis-
tance between each of the candidate signal points and the
received signal points (corresponding to baseband signal
801Y), and divides the Euclidean squared distance by the
noise variance o°. Accordingly, E(b0, b1, b2, b3, b4, b5, b6,
b7) is calculated. That is, E,-is the Euclidian squared distance
between a candidate signal point corresponding to (b0, b1, b2,
b3, b4, bS5, b6, b7) and a received signal point, divided by the
noise variance.

Next, E4(b0, b1, b2, b3, b4, b5, b6, b7)+E (b0, b1, b2, b3,
b4, b5, b6, b7)=E(b0, b1, b2, b3, b4, b5, b6, b7) is computed.

The inner MIMO detector 803 outputs E(b0, b1, b2, b3, b4,
b5, b6, b7) as the signal 804.

The log-likelihood calculator 805 A takes the signal 804 as
input, calculates the log-likelihood of bits b0, b1, b2, and b3,
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and outputs the log-likelihood signal 806A. Note that this
log-likelihood calculation produces the log-likelihood of a bit
being 1 and the log-likelihood of a bit being 0. The calculation
method is as shown in Math. 28 (formula 28), Math. 29
(formula 29), and Math. 30 (formula 30), and the details
thereof are given by Non-Patent Literature 2 and 3.

Similarly, log-likelihood calculator 805B takes the signal
804 as input, calculates the log-likelihood of bits b4, b5, b6,
and b7, and outputs log-likelihood signal 806B.

A deinterleaver (807A) takes log-likelihood signal 806A as
input, performs deinterleaving corresponding to that of the
interleaver (the interleaver (304A) from FIG. 3), and outputs
deinterleaved log-likelihood signal 808A.

Similarly, a deinterleaver (807B) takes log-likelihood sig-
nal 806B as input, performs deinterleaving corresponding to
that of the interleaver (the interleaver (304B) from FIG. 3),
and outputs deinterleaved log-likelihood signal 808B.

Log-likelihood ratio calculator 809A takes deinterleaved
log-likelihood signal 808A as input, calculates the log-like-
lihood ratio of the bits encoded by encoder 302 A from FIG. 3,
and outputs log-likelihood ratio signal 810A.

Similarly, log-likelihood ratio calculator 809B takes
deinterleaved log-likelihood signal 808B as input, calculates
the log-likelihood ratio of the bits encoded by encoder 302B
from FIG. 3, and outputs log-likelihood ratio signal 810B.

Soft-in/soft-out decoder 811A takes log-likelihood ratio
signal 810A as input, performs decoding, and outputs a
decoded log-likelihood ratio 812A.

Similarly, soft-in/soft-out decoder 811B takes log-likeli-
hood ratio signal 810B as input, performs decoding, and
outputs decoded log-likelihood ratio 812B.

(Tterative Decoding (Iterative Detection), k Iterations)

The interleaver (813A) takes the k—1th decoded log-like-
lihood ratio 812A decoded by the soft-in/soft-out decoder as
input, performs interleaving, and outputs an interleaved log-
likelihood ratio 814A. Here, the interleaving pattern used by
the interleaver (813A) is identical to that of the interleaver
(304A) from FIG. 3.

Another interleaver (813B) takes the k—1th decoded log-
likelihood ratio 812B decoded by the soft-in/soft-out decoder
as input, performs interleaving, and outputs interleaved log-
likelihood ratio 814B. Here, the interleaving pattern used by
the interleaver (813B) is identical to that of the other inter-
leaver (304B) from FIG. 3.

The inner MIMO detector 803 takes baseband signal 816X,
transformed channel estimation signal group 817X, baseband
signal 816Y, transformed channel estimation signal group
817Y, interleaved log-likelihood ratio 814 A, and interleaved
log-likelihood ratio 814B as input. Here, baseband signal
816X, transformed channel estimation signal group 817X,
baseband signal 816Y, and transformed channel estimation
signal group 817Y are used instead of baseband signal 801X,
channel estimation signal group 802X, baseband signal 801Y,
and channel estimation signal group 802Y because the latter
cause delays due to the iterative decoding.

The iterative decoding operations of the inner MIMO
detector 803 differ from the initial detection operations
thereof in that the interleaved log-likelihood ratios 814A and
814B are used in signal processing for the former. The inner
MIMO detector 803 first calculates E(bO, b1, b2, b3, b4, b5,
b6, b7) in the same manner as for initial detection. In addition,
the coefficients corresponding to Math. 11 (formula 11) and
Math. 32 (formula 32) are computed from the interleaved
log-likelihood ratios 814A and 814B. The value of E(bO, b1,
b2, b3, b4, b5, b6, b7) is corrected using the coeflicients so
calculated to obtain E'(b0, b1, b2, b3, b4, bS5, b6, b7), which is
output as the signal 804.
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The log-likelihood calculator 805 A takes the signal 804 as
input, calculates the log-likelihood of bits b0, b1, b2, and b3,
and outputs the log-likelihood signal 806A. Note that this
log-likelihood calculation produces the log-likelihood of a bit
being 1 and the log-likelihood of a bit being 0. The calculation
method is as shown in Math. 31 (formula 31) through Math.
35 (formula 35), and the details are given by Non-Patent
Literature 2 and 3.

Similarly, log-likelihood calculator 805B takes the signal
804 as input, calculates the log-likelihood of bits b4, b5, b6,
and b7, and outputs log-likelihood signal 806B. Operations
performed by the deinterleaver onwards are similar to those
performed for initial detection.

While FIG. 8 illustrates the configuration of the signal
processor when performing iterative detection, this structure
is not absolutely necessary as good reception improvements
are obtainable by iterative detection alone. As long as the
components needed for iterative detection are present, the
configuration need not include the interleavers 813A and
813B. In such a case, the inner MIMO detector 803 does not
perform iterative detection.

The key point for the present Embodiment is the calcula-
tion of H(t)xY (t)xF. As shown in Non-Patent Literature 5 and
the like, QR decomposition may also be used to perform
initial detection and iterative detection.

Also, as indicated by Non-Patent Literature 11, MMSE
(Minimum Mean-Square Error) and ZF (Zero-Forcing) linear
operations may be performed based on H(t)xY(t)xF when
performing initial detection.

FIG. 9 illustrates the configuration of a signal processor,
unlike that of FIG. 8, that serves as the signal processor for
modulated signals transmitted by the transmission device
from FIG. 4. The point of difference from FIG. 8 is the
number of soft-in/soft-out decoders. A soft-in/soft-out
decoder 901 takes the log-likelihood ratio signals 810A and
810B as input, performs decoding, and outputs a decoded
log-likelihood ratio 902. A distributor 903 takes the decoded
log-likelihood ratio 902 as input for distribution. Otherwise,
the operations are identical to those explained for FIG. 8.

As described above, when a transmission device according
to the present Embodiment using a MIMO system transmits a
plurality of modulated signals from a plurality of antennas,
changing the phase over time while multiplying by the pre-
coding matrix so as to regularly change the phase results in
improvements to data reception quality for a reception device
in a LOS environment, where direct waves are dominant,
compared to a conventional spatial multiplexing MIMO sys-
tem.

Inthe present Embodiment, and particularly in the configu-
ration of the reception device, the number of antennas is
limited and explanations are given accordingly. However, the
Embodiment may also be applied to a greater number of
antennas. In other words, the number of antennas in the recep-
tion device does not affect the operations or advantageous
effects of the present Embodiment.

Also, although LDPC codes are described as a particular
example, the present Embodiment is not limited in this man-
ner, Furthermore, the decoding method is not limited to the
sum-product decoding example given for the soft-in/soft-out
decoder. Other soft-in/soft-out decoding methods, such as the
BCJR algorithm, SOYA, and the Max-Log-Map algorithm
may also be used. Details are provided in Non-Patent Litera-
ture 6.

In addition, although the present Embodiment is described
using a single-carrier method, no limitation is intended in this
regard. The present Embodiment is also applicable to multi-
carrier transmission. Accordingly, the present Embodiment
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may also be realized using, for example, spread-spectrum
communications, OFDM, SC-FDMA (Single Carrier Fre-
quency-Division Multiple Access), SC-OFDM, wavelet
OFDM as described in Non-Patent Literature 7, and so on.
Furthermore, in the present Embodiment, symbols other than
data symbols, such as pilot symbols (preamble, unique word,
and so on) or symbols transmitting control information, may
be arranged within the frame in any manner.

The following describes an example in which OFDM is
used as a multi-carrier method.

FIG. 12 illustrates the configuration of a transmission
device using OFDM. In FIG. 12, components operating in the
manner described for FIG. 3 use identical reference numbers.

An OFDM-related processor 1201 A takes weighted signal
309A as input, performs OFDM-related processing thereon,
and outputs transmit signal 1202A. Similarly, OFDM-related
processor 1201B takes post-phase change signal 309B as
input, performs OFDM-related processing thereon, and out-
puts transmit signal 1202B.

FIG. 13 illustrates a sample configuration of the OFDM-
related processors 1201A and 1201B and onward from FIG.
12. Components 1301A through 1310A belong between
1201A and 312A from FIG. 12, while components 1301B
through 1310B belong between 1201B and 312B.

Serial-to-parallel converter 1302A performs serial-to-par-
allel conversion on weighted signal 1301A (corresponding to
weighted signal 309A from FIG. 12) and outputs parallel
signal 1303A.

Reorderer 1304A takes parallel signal 1303A as input,
performs reordering thereof, and outputs reordered signal
1305A. Reordering is described in detail later.

IFFT (Inverse Fast Fourier Transform) unit 1306A takes
reordered signal 1305 A as input, applies an IFFT thereto, and
outputs post-IFFT signal 1307A.

Wireless unit 1308A takes post-IFFT signal 1307A as
input, performs processing such as frequency conversion and
amplification, thereon, and outputs modulated signal 1309A.
Modulated signal 1309A is then output as radio waves by
antenna 1310A.

Serial-to-parallel converter 1302B performs serial-to-par-
allel conversion on weighted signal 1301B (corresponding to
post-phase change 309B from FIG. 12) and outputs parallel
signal 1303B.

Reorderer 1304B takes parallel signal 1303B as input,
performs reordering thereof, and outputs reordered signal
1305B. Reordering is described in detail later.

IFFT unit 13068 takes reordered signal 1305B as input,
applies an IFFT thereto, and outputs post-IFFT signal 1307B.

Wireless unit 1308B takes post-IFFT signal 1307B as
input, performs processing such as frequency conversion and
amplification thereon, and outputs modulated signal 1309B.
Modulated signal 1309B is then output as radio waves by
antenna 1310A.

The transmission device from FIG. 3 does not use a multi-
carrier transmission method. Thus, as shown in FIG. 6, a
change of phase is performed to achieve a period (cycle) of
four and the post-phase change symbols are arranged in the
time domain. As shown in FIG. 12, when multi-carrier trans-
mission, such as OFDM, is used, then, naturally, precoded
post-phase change symbols may be arranged with respect to
the time domain as in FIG. 3, and this applies to each (sub-)
carrier. However, for multi-carrier transmission, the arrange-
ment may also be in the frequency domain, or in both the
frequency domain and the time domain. The following
describes these arrangements.

FIGS. 14A and 14B indicate frequency on the horizontal
axes and time on the vertical axes thereof, and illustrate an
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example of a symbol reordering method used by the reorder-
ers 1301A and 1301B from FIG. 13. The frequency axes are
made up of (sub-)carriers 0 through 9. The modulated signals
7zl and 72 share common timestamps (timing) and use a
common frequency band. FIG. 14A illustrates a reordering
method for the symbols of modulated signal z1, while FIG.
14B illustrates a reordering method for the symbols of modu-
lated signal z2. With respect to the symbols of weighted
signal 1301A input to serial-to-parallel converter 1302A, the
assigned ordering is #0, #1, #2, #3, and so on. Here, given that
the example deals with a period (cycle) of four, #0, #1, #2, and
#3 are equivalent to one period (cycle). Similarly, #4n, #4n+1,
#4n+2, and #4n+3 (n being a non-zero positive integer) are
also equivalent to one period (cycle).

As shown in FIG. 14A, symbols #0, #1, #2, #3, and so on
are arranged in order, beginning at carrier 0. Symbols #0
through #9 are given timestamp $1, followed by symbols #10
through #19 which are given timestamp #2, and so on in a
regular arrangement. Here, modulated signals z1 and z2 are
complex signals.

Similarly, with respect to the symbols of weighted signal
1301B input to serial-to-parallel converter 1302B, the
assigned ordering is #0, #1, #2, #3, and so on. Here, given that
the example deals with a period (cycle) of four, a different
change in phase is applied to each of #0, #1,#2, and #3, which
are equivalent to one period (cycle). Similarly, a different
change in phase is applied to each of #4n, #4n+1, #4n+2, and
#4n+3 (n being a non-zero positive integer), which are also
equivalent to one period (cycle).

As shown in FIG. 14B, symbols #0, #1, #2, #3, and so on
are arranged in order, beginning at carrier 0. Symbols #0
through #9 are given timestamp $1, followed by symbols #10
through #19 which are given timestamp $2, and so on in a
regular arrangement.

The symbol group 1402 shown in FIG. 14B corresponds to
one period (cycle) of symbols when the phase changing
method of FIG. 6 is used. Symbol #0 is the symbol obtained
by using the phase at timestamp u in FIG. 6, symbol #1 is the
symbol obtained by using the phase at timestamp u+1 in FIG.
6, symbol #2 is the symbol obtained by using the phase at
timestamp u+2 in FIG. 6, and symbol #3 is the symbol
obtained by using the phase at timestamp u+3 in FIG. 6.
Accordingly, for any symbol #x, symbol #x is the symbol
obtained by using the phase at timestamp u in FIG. 6 when x
mod 4 equals O (i.e., when the remainder of x divided by 4 is
0, mod being the modulo operator), symbol #x is the symbol
obtained by using the phase at timestamp u+1 in FIG. 6 when
x mod 4 equals 1, symbol #x is the symbol obtained by using
the phase at timestamp u+2 in FIG. 6 when x mod 4 equals 2,
and symbol #x is the symbol obtained by using the phase at
timestamp u+3 in FIG. 6 when x mod 4 equals 3.

In the present Embodiment, modulated signal z1 shown in
FIG. 14A has not undergone a change of phase.

As such, when using a multi-carrier transmission method
such as OFDM, and unlike single carrier transmission, sym-
bols can be arranged in the frequency domain. Of course, the
symbol arrangement method is not limited to those illustrated
by FIGS. 14A and 14B. Further examples are shown in FIGS.
15A, 15B, 16 A, and 16B.

FIGS. 15A and 15B indicate frequency on the horizontal
axes and time on the vertical axes thereof, and illustrate an
example of a symbol reordering method used by the reorder-
ers 1301 A and 1301B from FIG. 13 that differs from that of
FIGS.14A and 14B. F1G. 15A illustrates a reordering method
for the symbols of modulated signal z1, while FIG. 15B
illustrates a reordering method for the symbols of modulated
signal 72. FIGS. 15A and 15B differ from FIGS. 14A and 14B
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in the reordering method applied to the symbols of modulated
signal 71 and the symbols of modulated signal z2. In FIG.
15B, symbols #0 through #5 are arranged at carriers 4 through
9, symbols #6 though #9 are arranged at carriers 0 through 3,
and this arrangement is repeated for symbols #10 through
#19. Here, as in FIG. 14B, symbol group 1502 shown in FIG.
15B corresponds to one period (cycle) of symbols when the
phase changing method of FIG. 6 is used.

FIGS. 16A and 16B indicate frequency on the horizontal
axes and time on the vertical axes thereof, and illustrate an
example of a symbol reordering method used by the reorder-
ers 1301 A and 1301B from FIG. 13 that differs from that of
FIGS.14A and 14B. F1G. 16A illustrates a reordering method
for the symbols of modulated signal z1, while FIG. 16B
illustrates a reordering method for the symbols of modulated
signal z2. FIGS. 16 A and 16B differ from FIGS. 14A and 14B
in that, while FIGS. 14A and 14B showed symbols arranged
at sequential carriers, FIGS. 16 A and 16B do not arrange the
symbols at sequential carriers. Obviously, for FIGS. 16A and
16B, different reordering methods may be applied to the
symbols of modulated signal z1 and to the symbols of modu-
lated signal 72 as in FIGS. 15A and 15B.

FIGS. 17A and 17B indicate frequency on the horizontal
axes and time on the vertical axes thereof, and illustrate an
example of a symbol reordering method used by the reorder-
ers 1301 A and 1301B from FIG. 13 that differs from those of
FIGS. 14A through 16B. FIG. 17A illustrates a reordering
method for the symbols of modulated signal z1 while FIG.
17B illustrates a reordering method for the symbols of modu-
lated signal z2. While FIGS. 14 A through 16B show symbols
arranged with respect to the frequency axis, FIGS. 17A and
17B use the frequency and time axes together in a single
arrangement.

While FIG. 6 describes an example where the change of
phase is performed in a four slot period (cycle), the following
example describes an eight slot period (cycle). In FIGS. 17A
and 17B, the symbol group 1702 is equivalent to one period
(cycle) of symbols when the phase changing scheme is used
(i.e., to eight symbols) such that symbol #0 is the symbol
obtained by using the phase at timestamp u, symbol #1 is the
symbol obtained by using the phase at timestamp u+1, sym-
bol#2 is the symbol obtained by using the phase at timestamp
u+2, symbol #3 is the symbol obtained by using the phase at
timestamp u+3, symbol #4 is the symbol obtained by using
the phase at timestamp u+4, symbol #5 is the symbol obtained
by using the phase at timestamp u+5, symbol #6 is the symbol
obtained by using the phase at timestamp u+6, and symbol #7
is the symbol obtained by using the phase at timestamp u+7.
Accordingly, for any symbol #x, symbol #x is the symbol
obtained by using the phase at timestamp u when x mod 8
equals 0, symbol #x is the symbol obtained by using the phase
at timestamp u+1 when x mod 8 equals 1, symbol #x is the
symbol obtained by using the phase at timestamp u+2 when x
mod 8 equals 2, symbol #x is the symbol obtained by using the
phase at timestamp u+3 when x mod 8 equals 3, symbol #x is
the symbol obtained by using the phase at timestamp u+4
when x mod 8 equals 4, symbol #x is the symbol obtained by
using the phase at timestamp u+5 when x mod 8 equals 5,
symbol #x is the symbol obtained by using the phase at
timestamp u+6 when x mod 8 equals 6, and symbol #x is the
symbol obtained by using the phase at timestamp u+7 when x
mod 8 equals 7. In FIGS. 17A and 17B four slots along the
time axis and two slots along the frequency axis are used for
atotal of 4x2=8 slots, in which one period (cycle) of symbols
is arranged. Here, given mxn symbols per period (cycle) (i.e.,
mxn different phases are available for multiplication), then n
slots (carriers) in the frequency domain and m slots in the time
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domain should be used to arrange the symbols of each period
(cycle), such that m>n. This is because the phase of direct
waves fluctuates slowly in the time domain relative to the
frequency domain. Accordingly, the present Embodiment
performs a regular change of phase that reduces the influence
of steady direct waves. Thus, the phase changing period
(cycle) should preferably reduce direct wave fluctuations.
Accordingly, m should be greater than n. Taking the above
into consideration, using the time and frequency domains
together for reordering, as shown in FIGS. 17A and 17B, is
preferable to using either of the frequency domain or the time
domain alone due to the strong probability of the direct waves
becoming regular. As a result, the effects of the present inven-
tion are more easily obtained. However, reordering in the
frequency domain may lead to diversity gain due the fact that
frequency-domain fluctuations are abrupt. As such, using the
frequency and time domains together for reordering is not
always ideal.

FIGS. 18A and 18B indicate frequency on the horizontal
axes and time on the vertical axes thereof, and illustrate an
example of a symbol reordering method used by the reorder-
ers 1301 A and 1301B from FIG. 13 that differs from that of
FIGS.17A and 17B. FIG. 18A illustrates a reordering method
for the symbols of modulated signal z1, while FIG. 18B
illustrates a reordering method for the symbols of modulated
signal z2. Much like FIGS. 17A and 17B, FIGS. 18A and 18B
illustrate the use of the time and frequency axes, together.
However, in contrast to FIGS. 17A and 17B, where the fre-
quency axis is prioritized and the time axis is used for sec-
ondary symbol arrangement, FIGS. 18A and 18B prioritize
the rime axis and use the frequency axis for secondary symbol
arrangement. In FIG. 18B, symbol group 1802 corresponds to
one period (cycle) of symbols when the phase changing
method is used.

In FIGS. 17A, 17B, 18A, and 18B, the reordering method
applied to the symbols of modulated signal z1 and the sym-
bols of modulated signal z2 may be identical or may differ as
like in FIGS. 15A and 15B. Either approach allows good
reception quality to be obtained. Also, in FIGS. 17A, 17B,
18A, and 18B, the symbols may be arranged non-sequentially
asin FIGS. 16 A and 16B. Either approach allows good recep-
tion quality to be obtained.

FIG. 22 indicates frequency on the horizontal axis and time
on the vertical axis thereof, and illustrates an example of a
symbol reordering method used by the reorderers 1301 A and
1301B from FIG. 13 that differs from the above. FIG. 22
illustrates a regular phase changing method using four slots,
similar to timestamps u through u+3 from FIG. 6. The char-
acteristic feature of FIG. 22 is that, although the symbols are
reordered with respect the frequency domain, when read
along the time axis, a periodic shift of n (n=1 in the example
of FIG. 22) symbols is apparent. The frequency-domain sym-
bol group 2210 in FIG. 22 indicates four symbols to which the
change of phase is applied at timestamps u through u+3 from
FIG. 6.

Here, symbol #0 is obtained through a change of phase at
timestamp u, symbol #1 is obtained through a change of phase
at timestamp u+1, symbol #2 is obtained through a change of
phase at timestamp u+2, and symbol #3 is obtained through a
change of phase at timestamp u+3.

Similarly, for frequency-domain symbol group 2220, sym-
bol #4 is obtained through a change of phase at timestamp u,
symbol #5 is obtained through a change of phase at timestamp
u+l, symbol #6 is obtained through a change of phase at
timestamp u+2, and symbol #7 is obtained through a change
of phase at timestamp u+3.
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The above-described change of phase is applied to the
symbol at timestamp $1. However, in order to apply periodic
shifting with respect to the time domain, the following change
of'phases are applied to symbol groups 2201, 2202, 2203, and
2204.

For time-domain symbol group 2201, symbol #0 is
obtained through a change of phase at timestamp u, symbol
#9 is obtained through a change of phase at timestamp u+1,
symbol #18 is obtained through a change of phase at times-
tamp u+2, and symbol #27 is obtained through a change of
phase at timestamp u+3.

For time-domain symbol group 2202, symbol #28 is
obtained through a change of phase at timestamp u, symbol
#1 is obtained through a change of phase at timestamp u+1,
symbol #10 is obtained through a change of phase at times-
tamp u+2, and symbol #19 is obtained through a change of
phase at timestamp u+3.

For time-domain symbol group 2203, symbol #20 is
obtained through a change of phase at timestamp u, symbol
#29 is obtained through a change of phase at timestamp u+1,
symbol #2 is obtained through a change of phase at timestamp
u+2, and symbol #11 is obtained through a change of phase at
timestamp u+3.

For time-domain symbol group 2204, symbol #12 is
obtained through a change of phase at timestamp u, symbol
#21 is obtained through a change of phase at timestamp u+1,
symbol #30 is obtained through a change of phase at times-
tamp u+2, and symbol #3 is obtained through a change of
phase at timestamp u+3.

The characteristic feature of FIG. 22 is seen in that, taking
symbol #11 as an example, the two neighbouring symbols
thereof having the same timestamp in the frequency domain
(#10 and #12) are both symbols changed using a different
phase than symbol #11, and the two neighbouring symbols
thereof having the same carrier in the time domain (#2 and
#20) are both symbols changed using a different phase than
symbol #11. This holds not only for symbol #11, but also for
any symbol having two neighbouring symbols in the fre-
quency domain and the time domain. Accordingly, the change
of phase is effectively carried out. This is highly likely to
improve data reception quality as influence from regularizing
direct waves is less prone to reception.

Although FIG. 22 illustrates an example in which n=1, the
invention is not limited in this manner. The same may be
applied to a case in which n=3. Furthermore, although FIG.
22 illustrates the realization of the above-described effects by
arranging the symbols in the frequency domain and advanc-
ing in the time domain so as to achieve the characteristic
effect of imparting a periodic shift to the symbol arrangement
order, the symbols may also be randomly (or regularly)
arranged to the same effect.

Embodiment 2

In Embodiment 1, described above, phase changing is
applied to a weighted (precoded with a fixed precoding
matrix) signal z(t). The following Embodiments describe
various phase changing methods by which the effects of
Embodiment 1 may be obtained.

In the above-described Embodiment, as shown in FIGS. 3
and 6, phase changer 317B is configured to perform a change
of phase on only one of the signals output by the weighting
unit 600.

However, phase changing may also be applied before pre-
coding is performed by the weighting unit 600. In addition to
the components illustrated in FIG. 6, the transmission device
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may also feature the weighting unit 600 before the phase
changer 317B, as shown in FIG. 25.

In such circumstances, the following configuration is pos-
sible. The phase changer 317B performs a regular change of
phase with respect to baseband signal s2(t), on which map-
ping has been performed according to a selected modulation
scheme, and outputs s2'(t)=s2(t) y(t) (where y(t) varies over
time t). The weighting unit 600 executes precoding on s2't,
outputs z2(t)=W2s2'(t) (see Math. 42 (formula 42)) and the
result is then transmitted.

Alternatively, phase changing may be performed on both
modulated signals s1(t) and s2(t). As such, the transmission
device is configured so as to include a phase changer taking
both signals output by the weighting unit 600, as shown in
FIG. 26.

Like phase changer 317B, phase changer 317A performs
regular a regular change of phase on the signal input thereto,
and as such changes the phase of signal z1'(t) precoded by the
weighting unit. Post-phase change signal z1(t) is then output
to a transmitter.

However, the phase changing rate applied by the phase
changers 317A and 317B varies simultaneously in order to
perform the phase changing shown in FIG. 26. (The following
describes a non-limiting example of the phase changing
method.) For timestamp u, phase changer 317A from FIG. 26
performs the change of phase such that z1(t)=y1(t)z1'(t),
while phase changer 317B performs the change of phase such
that z2(t)=y2(1)z2'(t). For example, as shown in FIG. 26, for
timestamp u, y, (u)=e” and y,(u)=e7™2, for timestamp u+1,
y,(u+1)=e™* and y,(u+1)=e7**, and for timestamp u+k,
v, (u+k)=e™* and y,(u+k)=e’*>**"2  Here, the regular
phase changing period (cycle) may be the same for both phase
changers 317A and 317B, or may vary for each.

Also, as described above, a change of phase may be per-
formed before precoding is performed by the weighting unit.
In such a case, the transmission device should be configured
as illustrated in FIG. 27 rather than as illustrated in FIG. 26.

When a change of phase is carried out on both modulated
signals, each of the transmit signals is, for example, control
information that includes information about the phase chang-
ing pattern. By obtaining the control information, the recep-
tion device knows the phase changing method by which the
transmission device regularly varies the change, i.e., the
phase changing pattern, and is thus able to demodulate (de-
code) the signals correctly.

Next, variants of the sample configurations shown in FIGS.
6 and 25 are described with reference to FIGS. 28 and 29.
FIG. 28 differs from FIG. 6 in the inclusion of phase change
ON/OFF information 2800 and in that the change of phase is
performed on only one of z1'(t) and z2'(t) (i.e., performed on
one of z1'(t) and z2'(t), which have identical timestamps or a
common frequency). Accordingly, in order to perform the
change of phase on one of z1'(t) and z2'(t), the phase changers
317A and 317B shown in FIG. 28 may each be ON, and
performing the change of phase, or OFF, and not performing
the change of phase. The phase change ON/OFF information
2800 is control information therefor. The phase change
ON/OFF information 2800 is output by the signal processing
method information generator 314 shown in FIG. 3.

Phase changer 317A of FIG. 28 changes the phase to pro-
duce z1(t)=y,(t)z1'(t), while phase changer 317B changes the
phase to produce z2(t)=y,(t)z2'(t).

Here, a change of phase having a period (cycle) of four is,
for example, applied to z1'(t). (Meanwhile, the phase of z2'(t)
is not changed.) Accordingly, for timestamp u, y, (u)=e’® and
y,(u)=1, for timestampu+1, y, (u+1)=e™2 and y,(u+1)=1, for
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timestamp u+2, y,(u+2)=¢’* and y,(u+2)=1, and for times-
tamp u+3, y, (u+>)=e’**2 and y,(u+3)=1.

Next, a change of phase having a period (cycle) of four is,
for example, applied to z2'(t). (Meanwhile, the phase of z1'(t)
is not changed.) Accordingly, for timestamp u+4, y,(u+4)=1
and y,(u+4)=¢°, for timestamp u+5, y,(u+5)=1 and
y,(u+5)=e™2,  for timestamp u+6, y,(u+6)=1 and
y,(u+6)=¢’*, and for timestamp u+7, y,(u+7)=1 and
v (u+7)=e>2,

Accordingly, given the above examples.

for any timestamp 8k, v, (8k)=¢’° and y,(8k)=1,

for any timestamp 8k+1, y, (8k+1)=¢™2 and y,(8k+1)=1,

for any timestamp 8k+2, y,(8k+2)=¢/" and y,(8k+2)=1,

for any timestamp 8k+3, v, (8k+3)=e*™? and y,(8k+3)=1,

for any timestamp 8k+4, y,(8k+4)=1 and y,(8k+4)=¢”°,

for any timestamp 8k+5, y,(8k+3)=1 and y,(8k+5)=e™2,

for any timestamp 8k+6, y,(8k+6)=1 and y,(8k+6)=¢/™,
and

for any timestamp 8k+7, y,(8k+7)=1 and y,(8k+7)=¢/*"2,

As described above, there are two intervals, one where the
change of phase is performed on z1'(t) only, and one where
the change of phase is performed on z2'(t) only. Furthermore,
the two intervals form a phase changing period (cycle). While
the above explanation describes the interval where the change
of'phase is performed on z1'(t) only and the interval where the
change of phase is performed on z2'(t) only as being equal, no
limitation is intended in this manner. The two intervals may
also differ. In addition, while the above explanation describes
performing a change of phase having a period (cycle) of four
on z1'(t) only and then performing a change of phase having
aperiod (cycle) of four on z2'(t) only, no limitation is intended
in this manner. The changes of phase may be performed on
z1'(t) and on z2'(t) in any order (e.g., the change of phase may
alternate between being performed on z1'(t) and on z2'(t), or
may be performed in random order).

Phase changer 317A of FIG. 29 changes the phase to pro-
duce s1'(t)=y, (1) s1(t), while phase changer 317B changes the
phase to produce s2'(t)=y,(t) s2(t).

Here, a change of phase having a period (cycle) of four is,
for example, applied to sl1(t). (Meanwhile, s2(t) remains
unchanged). Accordingly, for timestamp u, y,(u)=¢’® and
y, (=1, for timestamp u+1,y, (u+1)=e"™ and y,(u+1)=1, for
timestamp u+2, y,(u+2)=¢’* and y,(u+2)=1, and for times-
tamp u+3, y, (u+3)=e’>? and y,(u+3)=1.

Next, a change of phase having a period (cycle) of four is,
for example, applied to s2(t). (Meanwhile, s1(t) remains
unchanged). Accordingly, for timestamp u+4, y, (u+4)=1 and
yo(u+4)=e°, for timestamp u+5, y,(u+5)=1 and y,(u+5)=
&2, for timestamp u+6, y, (u+6)=1 and y,(u+6)=e™, and for
timestamp u+7, y,(u+7)=1 and y,(u+7)=¢*2.

Accordingly, given the above examples,

for any timestamp 8k, y,(8k)=¢’® and y,(8k)=1,

for any timestamp 8k+1, y,(8k+1)=¢™~ and y,(8k+1)=1,

for any timestamp 8k+2, y,(8k+2)=¢/* and y,(8k+2)=1,

for any timestamp 8k+3, y, (8k+3)=¢*™? and y,(8k+3)=1,

for any timestamp 8k+4, y,(8k+4)=1 and y,(8k+4)=e”°,

for any timestamp 8k+5, y,(8k+5)=1 and y,(8k+5)=/™2,

for any timestamp 8k+6, y,(8k+6)=1 and y,(8k+6)=¢/™,
and

for any timestamp Sk+7, y, (8k+7)=1 and y,(8k+7)=¢*™2.

As described above, there are two intervals, one where the
change of phase is performed on s1(t) only, and one where the
change of phase is performed on s2(t) only. Furthermore, the
two intervals form a phase changing period (cycle). Although
the above explanation describes the interval where the change
of'phase is performed on s1(t) only and the interval where the
change of phase is performed on s2(t) only as being equal, no
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limitation is intended in this manner. The two intervals may
also differ. In addition, while the above explanation describes
performing the change of phase having a period (cycle) of
four on s1(t) only and then performing the change of phase
having a period (cycle) of four on s2(t) only, no limitation is
intended in this manner. The changes of phase may be per-
formed on s1(t) and on s2(t) in any order (e.g., may alternate
between being performed on s1(t) and on s2(t), or may be
performed in random order).

Accordingly, the reception conditions under which the
reception device receives each transmit signal z1(t) and z2(t)
are equalized. By periodically switching the phase of the
symbols in the received signals z1(t) and z2(t), the ability of
the error corrected codes to correct errors may be improved,
thus ameliorating received signal quality in the LOS environ-
ment.

Accordingly, Embodiment 2 as described above is able to
produce the same results as the previously described Embodi-
ment 1.

Although the present Embodiment used a single-carrier
method, i.e., time domain phase changing, as an example, no
limitation is intended in this regard. The same effects are also
achievable using multi-carrier transmission. Accordingly, the
present Embodiment may also be realized using, for example,
spread-spectrum communications, OFDM, SC-FDMA
(Single Carrier Frequency-Division Multiple Access), SC-
OFDM, wavelet OFDM as described in Non-Patent Litera-
ture 7, and so on. As previously described, while the present
Embodiment explains the change of phase as changing the
phase with respect to the time domain t, the phase may alter-
natively be changed with respect to the frequency domain as
described in Embodiment 1. That is, considering the phase
changing method in the time domain t described in the present
Embodiment and replacing t with f (f being the ((sub-) car-
rier) frequency) leads to a change of phase applicable to the
frequency domain. Also, as explained above for Embodiment
1, the phase changing method of the present Embodiment is
also applicable to a change of phase with respect to both the
time domain and the frequency domain.

Accordingly, although FIGS. 6, 25, 26, and 27 illustrate
changes of phase in the time domain, replacing time t with
carrier f in each of FIGS. 6, 25, 26, and 27 corresponds to a
change of phase in the frequency domain. In other words,
replacing (t) with (t, f) where t is time and f is frequency
corresponds to performing the change of phase on time-fre-
quency blocks.

Furthermore, in the present Embodiment, symbols other
than data symbols, such as pilot symbols (preamble, unique
word, etc) or symbols transmitting control information, may
be arranged within the frame in any manner.

Embodiment 3

Embodiments 1 and 2, described above, discuss regular
changes of phase. Embodiment 3 describes a method of
allowing the reception device to obtain good received signal
quality for data, regardless of the reception device arrange-
ment, by considering the location of the reception device with
respect to the transmission device.

Embodiment 3 concerns the symbol arrangement within
signals obtained through a change of phase.

FIG. 31 illustrates an example of frame configuration for a
portion of the symbols within a signal in the time-frequency
domains, given a transmission method where a regular
change of phase is performed for a multi-carrier method such
as OFDM.
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First, an example is explained in which the change of phase
is performed one of two baseband signals, precoded as
explained in Embodiment 1 (see FIG. 6).

(Although FIG. 6 illustrates a change of phase in the time
domain, switching time t with carrier f in FIG. 6 corresponds
to a change of phase in the frequency domain. In other words,
replacing (t) with (t, f) where t is time and f is frequency
corresponds to performing phase changes on time-frequency
blocks.)

FIG. 31 illustrates the frame configuration of modulated
signal 7z2', which is input to phase changer 317B from FIG.
12. Each square represents one symbol (although both signals
s1 and s2 are included for precoding purposes, depending on
the precoding matrix, only one of signals s1 and s2 may be
used).

Consider symbol 3100 at carrier 2 and timestamp $2 of
FIG. 31. The carrier here described may alternatively be
termed a sub-carrier.

Within carrier 2, there is a very strong correlation between
the channel conditions for symbol 3100A at carrier 2, times-
tamp $2 and the channel conditions for the time domain
nearest-neighbour symbols to timestamp $2, i.e., symbol
3013 at timestamp $1 and symbol 3101 at timestamp $3
within carrier 2.

Similarly, for timestamp $2, there is a very strong correla-
tion between the channel conditions for symbol 3100 at car-
rier 2, timestamp $2 and the channel conditions for the fre-
quency-domain nearest-neighbour symbols to carrier 2, i.e.,
symbol 3104 at carrier 1, timestamp $2 and symbol 3104 at
timestamp $2, carrier 3.

As described above, there is a very strong correlation
between the channel conditions for symbol 3100 and the
channel conditions for each symbol 3101, 3102, 3103, and
3104.

The present description considers N different phases (N
being an integer, N=2) for multiplication in a transmission
method where the phase is regularly changed. The symbols
illustrated in FIG. 31 are indicated as &’°, for example. This
signifies that this symbol is signal z2' from FIG. 6 having
undergone a change in phase through multiplication by €.
That is, the values indicated in FIG. 31 for each of the symbols
are the values of y(t) from Math. 42 (formula 42), which are
also the values of z2(t)=y,(t)z2'(t) described in Embodiment
2.

The present Embodiment takes advantage of the high cor-
relation in channel conditions existing between neighbouring
symbols in the frequency domain and/or neighbouring sym-
bols in the time domain in a symbol arrangement enabling
high data reception quality to be obtained by the reception
device receiving the phase-changed symbols.

In order to achieve this high data reception quality, condi-
tions #1 and #2 are necessary.

(Condition #1)

As shown in FIG. 6, for a transmission method involving a
regular change of phase performed on precoded baseband
signal 72' using multi-carrier transmission such as OFDM,
time X, carrier Y is a symbol for transmitting data (hereinaf-
ter, data symbol), neighbouring symbols in the time domain,
i.e., attime X-1, carrier Y and at time X+1, carrier Y are also
data symbols, and a different change of phase should be
performed on precoded baseband signal z2' corresponding to
each of these three data symbols, i.e., on precoded baseband
signal z2' at time X, carrier Y, at time X-1, carrier Y and at
time X+1, carrier Y.

(Condition #2)

As shown in FIG. 6, for a transmission method involving a
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signal 72' using multi-carrier transmission such as OFDM,
time X, carrier Y is a data symbol, neighbouring symbols in
the frequency domain, i.e., at time X, carrier Y-1 and at time
X, carrier Y+1 are also data symbols, and a diftferent change of
phase should be performed on precoded baseband signal z2'
corresponding to each of these three data symbols, i.e., on
precoded baseband signal z2' at time X, carrier Y, at time X,
carrier Y-1 and at time X, carrier Y+1.

Ideally, data symbols satisfying Condition #1 should be
present. Similarly, data symbols satisfying Condition #2
should be present.

The reasons supporting Conditions #1 and #2 are as fol-
lows.

A very strong correlation exists between the channel con-
ditions of given symbol of a transmit signal (hereinafter,
symbol A) and the channel conditions of the symbols neigh-
bouring symbol A in the time domain, as described above.

Accordingly, when three neighbouring symbols in the time
domain each have different phases, then despite reception
quality degradation in the LOS environment (poor signal
quality caused by degradation in conditions due to phase
relations despite high signal quality in terms of SNR) for
symbol A, the two remaining symbols neighbouring symbol
A are highly likely to provide good reception quality. As a
result, good received signal quality is achievable after error
correction and decoding.

Similarly, a very strong correlation exists between the
channel conditions of given symbol of a transmit signal (here-
inafter, symbol A) and the channel conditions of the symbols
neighbouring symbol A in the frequency domain, as
described above.

Accordingly, when three neighbouring symbols in the fre-
quency domain each have different phases, then despite
reception quality degradation in the LOS environment (poor
signal quality caused by degradation in conditions due to
direct wave phase relationships despite high signal quality in
terms of SNR) for symbol A, the two remaining symbols
neighbouring symbol A are highly likely to provide good
reception quality. As a result, good received signal quality is
achievable after error correction and decoding.

Combining Conditions #1 and #2, ever greater data recep-
tion quality is likely achievable for the reception device.
Accordingly, the following Condition #3 can be derived.
(Condition #3)

As shown in FIG. 6, for a transmission method involving a
regular change of phase performed on precoded baseband
signal 72' using multi-carrier transmission such as OFDM,
time X, carrier Y is a data symbol, neighbouring symbols in
the time domain, i.e., at time X~-1, carrier Y and at time X+1,
carrier Y are also data symbols, and neighbouring symbols in
the frequency domain, i.e., at time X, carrier Y-1 and at time
X, carrier Y+1 are also data symbols, and a different change in
phase is performed on precoded baseband signal z2' corre-
sponding to each of these five data symbols, i.e., on precoded
baseband signal z2' at time X, carrierY, at time X, carrier Y-1,
at time X, carrier Y+1, at a time X-1, carrier Y, and at time
X+1, carrier Y.

Here, the different changes in phase are as follows. Phase
changes are defined from O radians to 2x radians. For
example, for time X, carrier Y, a phase change of &¢%% is
applied to precoded baseband signal z2' from FIG. 6, for time
X-1, carrier Y, a phase change of &°*1% is applied to pre-
coded baseband signal z2' from FIG. 6, for time X+1, carrier
Y, a phase change of &***¥is applied to precoded baseband
signal z2' from FIG. 6, such that 0=0y ,<2m, 0=, , y<2m,
and 0=0y, , y<2m, all units being in radians. Accordingly, for
Condition #1, it follows that 0 =0y | y, 0520, 5, and
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that 0. ; 320y, y- Similarly, for Condition #2, it follows that

Oy 3205y 1> Ox 20y 1y, and that 6, #0, . And, for

Condition #3, it follows that 04205 ; 3, Oxy20x

e)(,Y#eX,Y—ls eX,Y#eX,Y—ls eX—l,Y#eX+l,Ys eX—l,Y#eX,Y—ls

gX—l,Y#eX+l,Ys eX+1,Y¢6X-1,Ys eX+1,y¢eX,Y+1s and that eX,Y—l#
X, ¥4l

Ideally, data symbols satisfying Condition #3 should be
present.

FIG. 31 illustrates an example of Condition #3 where sym-
bol A corresponds to symbol 3100. The symbols are arranged
such that the phase by which precoded baseband signal z2'
from FIG. 6 is multiplied differs for symbol 3100, for both
neighbouring symbols thereof in the time domain 3101 and
3102, and for both neighbouring symbols thereof in the fre-
quency domain 3102 and 3104. Accordingly, despite received
signal quality degradation of symbol 3100 for the receiver,
good signal quality is highly likely for the neighbouring sig-
nals, thus guaranteeing good signal quality after error correc-
tion.

FIG. 32 illustrates a symbol arrangement obtained through
phase changes under these conditions.

As evident from FIG. 32, with respect to any data symbol,
a different change in phase is applied to each neighbouring
symbol in the time domain and in the frequency domain. As
such, the ability of the reception device to correct errors may
be improved.

In other words, in FIG. 32, when all neighbouring symbols
in the time domain are data symbols, Condition #1 is satisfied
for all Xs and all Ys.

Similarly, in FIG. 32, when all neighbouring symbols in the
frequency domain are data symbols, Condition #2 is satisfied
for all Xs and all Ys.

Similarly, in FIG. 32, when all neighbouring symbols in the
frequency domain are data symbols and all neighbouring
symbols in the time domain are data symbols, Condition #3 is
satisfied for all Xs and all Y.

The following describes an example in which a change of
phase is performed on two precoded baseband signals, as
explained in Embodiment 2 (see FIG. 26).

When a change of phase is performed on precoded base-
band signal z1' and precoded baseband signal z2' as shown in
FIG. 26, several phase changing methods are possible. The
details thereof are explained below.

Scheme 1 involves a change in phase of precoded baseband
signal z2' as described above, to achieve the change in phase
illustrated by FIG. 32. In FIG. 32, a change of phase having a
period (cycle) of ten is applied to precoded baseband signal
72'. However, as described above, in order to satisfy Condi-
tions #1, #2, and #3, the change in phase applied to precoded
baseband signal z2' at each (sub-)carrier varies over time.
(Although such changes are applied in FIG. 32 with a period
(cycle) of ten, other phase changing methods are also pos-
sible.) Then, as shown in FIG. 33, the change in phase per-
formed on precoded baseband signal z1' produces a constant
value that is one-tenth of that of the change in phase per-
formed on precoded baseband signal z2'. In FIG. 33, for a
period (cycle) (of change in phase performed on precoded
baseband signal z2") including timestamp $1, the value of the
change in phase performed on precoded baseband signal z1'is
&°. Then, for the next period (cycle) (of change in phase
performed on precoded baseband signal 72') including times-
tamp $2, the value of the change in phase performed on
precoded baseband signal z1'is €™, and so on.

The symbols illustrated in FIG. 33 are indicated as ¢’°, for
example. This signifies that this symbol is signal z1' from
FIG. 26 to which a change in phase has been applied through
multiplication by &°. That is, the values indicated in FIG. 33
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for each of the symbols are the values of z1(t)=y,(t)z1'(t)
described in Embodiment 2 for y, (t).

As shown in FIG. 33, the change in phase performed on
precoded baseband signal z1' produces a constant value that is
one-tenth that of the change in phase performed on precoded
baseband signal z2' such that the post-phase change value
varies with the number of each period (cycle). (As described
above, in FIG. 33, the value is &° for the first period (cycle),
& for the second period (cycle), and so on.)

As described above, the change in phase performed on
precoded baseband signal z2' has a period (cycle) of ten, but
the period (cycle) can be effectively made greater than ten by
taking the change in phase applied to precoded baseband
signal z1' and to precoded baseband signal z2' into consider-
ation. Accordingly, data reception quality may be improved
for the reception device.

Scheme 2 involves a change in phase of precoded baseband
signal z2' as described above, to achieve the change in phase
illustrated by FIG. 32. In FIG. 32, a change of phase having a
period (cycle) of ten is applied to precoded baseband signal
72'. However, as described above, in order to satisfy Condi-
tions #1, #2, and #3, the change in phase applied to precoded
baseband signal z2' at each (sub-)carrier varies over time.
(Although such changes are applied in FIG. 32 with a period
(cycle) of ten, other phase changing methods are also pos-
sible.) Then, as shown in FIG. 30, the change in phase per-
formed on precoded baseband signal z1' differs from that
performed on precoded baseband signal z2' in having a period
(cycle) of three rather than ten.

The symbols illustrated in FIG. 30 are indicated as e/°, for
example. This signifies that this symbol is signal z1' from
FIG. 26 to which a change in phase has been applied through
multiplication by °. That is, the values indicated in FIG. 30
for each of the symbols are the values of z1(t)=y,(t)z1'(t)
described in Embodiment 2 for y, (t).

As described above, the change in phase performed on
precoded baseband signal z2' has a period (cycle) of ten, but
by taking the changes in phase applied to precoded baseband
signal z1' and precoded baseband signal z2' into consider-
ation, the period (cycle) can be effectively made equivalent to
30 for both precoded baseband signals z1' and z2'. Accord-
ingly, data reception quality may be improved for the recep-
tion device. An effective way of applying method 2 is to
perform a change in phase on precoded baseband signal z1'
with a period (cycle) of N and perform a change in phase on
precoded baseband signal z2' with a period (cycle) of M such
that N and M are coprime. As such, by taking both precoded
baseband signals z1' and z2' into consideration, a period
(cycle) of NxM is easily achievable, effectively making the
period (cycle) greater when N and M are coprime.

The above describes an example of the phase changing
method pertaining to Embodiment 3. The present invention is
not limited in this manner. As explained for Embodiments 1
and 2, a change in phase may be performed with respect the
frequency domain or the time domain, or on time-frequency
blocks. Similar improvement to the data reception quality can
be obtained for the reception device in all cases.

The same also applies to frames having a configuration
other than that described above, where pilot symbols (SP
symbols) and symbols transmitting control information are
inserted among the data symbols. The details of the change in
phase in such circumstances are as follows.

FIGS. 47A and 478 illustrate the frame configuration of
modulated signals (precoded baseband signals) z1 or z1' and
72' in the time-frequency domain. FIG. 47A illustrates the
frame configuration of modulated signal (precoded baseband
signal) 71 or z1' while FIG. 47B illustrates the frame configu-
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ration of modulated signal (precoded baseband signal) z2'. In
FIGS. 47A and 47B, 4701 marks pilot symbols while 4702
marks data symbols. The data symbols 4702 are symbols on
which precoding or precoding and a change in phase have
been performed.

FIGS. 47A and 47B, like FIG. 6, indicate the arrangement
of symbols when a change in phase is applied to precoded
baseband signal z2' (while no change of phase is performed
on precoded baseband signal z1). (Although FIG. 6 illustrates
a change in phase with respect to the time domain, switching
timet with carrier f in FIG. 6 corresponds to a change in phase
with respect to the frequency domain. In other words, replac-
ing (t) with (t, f) where t is time and f is frequency corre-
sponds to performing a change of phase on time-frequency
blocks.) Accordingly, the numerical values indicated in FIGS.
47A and 47B for each of the symbols are the values of pre-
coded baseband signal 72' after a change of phase is per-
formed. No values are given for the symbols of precoded
baseband signal z1' (z1) as no change of phase is performed
thereon.

The key point of FIGS. 47A and 47B is that a change of
phase is performed on the data symbols of precoded baseband
signal 72'; i.e., on precoded symbols. (The symbols under
discussion, being precoded, actually include both symbols s1
and s2.) Accordingly, no change in phase is performed on the
pilot symbols inserted in z2".

FIGS. 48A and 48B illustrate the frame configuration of
modulated signals (precoded baseband signals) z1 or z1' and
72' in the time-frequency domain. FIG. 48A illustrates the
frame configuration of modulated signal (precoded baseband
signal) z1 or z1' while FIG. 48B illustrates the frame configu-
ration of modulated signal (precoded baseband signal) z2'. In
FIGS. 48A and 48B, 4701 marks pilot symbols while 4702
marks data symbols. The data symbols 4702 are symbols on
which precoding or precoding and a change in phase have
been performed.

FIGS. 48A and 48B, like FIG. 26, indicate the arrangement
of symbols when a change of phase is applied to precoded
baseband signal z1' and to precoded baseband signal z2'.
(Although FIG. 26 illustrates a change in phase with respect
to the time domain, switching time t with carrier  in FIG. 26
corresponds to a change in phase with respect to the fre-
quency domain. In other words, replacing (t) with (t, f) where
t is time and f is frequency corresponds to performing a
change of phase on time-frequency blocks.) Accordingly, the
numerical values indicated in FIGS. 48 A and 48B for each of
the symbols are the values of precoded baseband signal z1'
and z2' after a change of phase.

The key point of FIGS. 48A and 48B is that a change of
phase is performed on the data symbols of precoded baseband
signal z1', that is, on the precoded symbols thereof, and on the
data symbols of precoded baseband signal z2', that is, on the
precoded symbols thereof. (The symbols under discussion,
being precoded, actually include both symbols sl and s2.)
Accordingly, no change in phase is performed on the pilot
symbols inserted in z1', nor on the pilot symbols inserted in
z2'.

FIGS. 49A and 49B illustrate the frame configuration of
modulated signals (precoded baseband signals) z1 or z1' and
72' in the time-frequency domain. FIG. 49A illustrates the
frame configuration of modulated signal (precoded baseband
signal) z1 or z1' while FIG. 49B illustrates the frame configu-
ration of modulated signal (precoded baseband signal) z2'. In
FIGS. 49A and 49B, 4701 marks pilot symbols, 4702 marks
data symbols, and 4901 marks null symbols for which the
in-phase component of the baseband signal I=0 and the
quadrature component Q=0. As such, data symbols 4702 are
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symbols on which precoding or precoding and a change in
phase have been performed. FIGS. 49A and 49B differ from
FIGS. 47A and 47B in the configuration method for symbols
other than data symbols. The times and carriers at which pilot
symbols are inserted into modulated signal z1' are null sym-
bols in modulated signal z2'. Conversely, the times and car-
riers at which pilot symbols are inserted into modulated sig-
nal z2' are null symbols in modulated signal z1'.

FIGS. 49A and 49B, like FIG. 6, indicate the arrangement
of symbols when a change in phase is applied to precoded
baseband signal z2' (while no change of phase is performed
on precoded baseband signal z1). (Although FIG. 6 illustrates
a change in phase with respect to the time domain, switching
time t with carrier f in FIG. 6 corresponds to a change in phase
with respect to the frequency domain. In other words, replac-
ing (t) with (t, f) where t is time and f is frequency corre-
sponds to performing a change of phase on time-frequency
blocks.) Accordingly, the numerical values indicated in FIGS.
49A and 49B for each of the symbols are the values of pre-
coded baseband signal 72' after a change of phase is per-
formed. No values are given for the symbols of precoded
baseband signal z1' (z1) as no change of phase is performed
thereon.

The key point of FIGS. 49A and 49B is that a change of
phase is performed on the data symbols of precoded baseband
signal z2', i.e., on precoded symbols. (The symbols under
discussion, being precoded, actually include both symbols s1
and s2.) Accordingly, no change in phase is performed on the
pilot symbols inserted in z2'.

FIGS. 50A and 50B illustrate the frame configuration of
modulated signals (precoded baseband signals) z1 or z1' and
72' in the time-frequency domain. FIG. 50A illustrates the
frame configuration of modulated signal (precoded baseband
signal) 71 or z1' while FIG. 50B illustrates the frame configu-
ration of modulated signal (precoded baseband signal) z2'. In
FIGS. 50A and 50B, 4701 marks pilot symbols, 4702 marks
data symbols, and 4901 marks null symbols for which the
in-phase component of the baseband signal I=0 and the
quadrature component Q=0. As such, data symbols 4702 are
symbols on which precoding or precoding and a change in
phase have been performed. FIGS. 50A and 50B differ from
FIGS. 48 A and 48B in the configuration method for symbols
other than data symbols. The times and carriers at which pilot
symbols are inserted into modulated signal z1' are null sym-
bols in modulated signal z2'. Conversely, the times and car-
riers at which pilot symbols are inserted into modulated sig-
nal z2' are null symbols in modulated signal z1'.

FIGS. 50A and 50B, like F1G. 26, indicate the arrangement
of symbols when a change of phase is applied to precoded
baseband signal z1' and to precoded baseband signal z2'.
(Although FIG. 26 illustrates a change in phase with respect
to the time domain, switching time t with carrier f in FIG. 26
corresponds to a change in phase with respect to the fre-
quency domain. In other words, replacing (t) with (t, f) where
t is time and f is frequency corresponds to performing a
change of phase on time-frequency blocks.) Accordingly, the
numerical values indicated in FIGS. 50A and 50B for each of
the symbols are the values of precoded baseband signal z1'
and z2' after the change in phase.

The key point of FIGS. 50A and 50B is that a change of
phase is performed on the data symbols of precoded baseband
signal z1', that is, on the precoded symbols thereof, and on the
data symbols of precoded baseband signal z2', that is, on the
precoded symbols thereof. (The symbols under discussion,
being precoded, actually include both symbols sl and s2.)
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Accordingly, no change in phase is performed on the pilot
symbols inserted in z1', nor on the pilot symbols inserted in
z2'.

FIG. 51 illustrates a sample configuration of a transmission
device generating and transmitting modulated signal having
the frame configuration of FIGS. 47A, 47B, 49A, and 49B.
Components thereof performing the same operations as those
of FIG. 4 use the same reference symbols thereas.

In FIG. 51, the weighting units 308 A and 308B and phase
changer 317B only operate at times indicated by the frame
configuration signal 313 as corresponding to data symbols.

In FIG. 51, a pilot symbol generator 5101 (that also gen-
erates null symbols) outputs baseband signals 5102A and
5102B for a pilot symbol whenever the frame configuration
signal 313 indicates a pilot symbol (and a null symbol).

Although not indicated in the frame configurations from
FIGS. 47A through 50B, when precoding (or phase rotation)
is not performed, such as when transmitting a modulated
signal using only one antenna (such that the other antenna
transmits no signal) or when using a space-time coding trans-
mission method (particularly, space-time block coding) to
transmit control information symbols, then the frame con-
figuration signal 313 takes control information symbols 5104
and control information 5103 as input. When the frame con-
figuration signal 313 indicates a control information symbol,
baseband signals 5102A and 5102B thereof are output.

Wireless units 310A and 310B of FIG. 51 take a plurality of
baseband signals as input and select a desired baseband signal
according to the frame configuration signal 313. The wireless
units 310A and 310B then apply OFDM signal processing
and output modulated signals 311 A and 311B conforming to
the frame configuration.

FIG. 52 illustrates a sample configuration of a transmission
device generating and transmitting modulated signal having
the frame configuration of FIGS. 48A, 48B, 50A, and 50B.
Components thereof performing the same operations as those
of FIGS. 4 and 51 use the same reference symbols thereas.
FIG. 51 features an additional phase changer 317A that only
operates when the frame configuration signal 313 indicates a
data symbol. At all other times, the operations are identical to
those explained for FIG. 51.

FIG. 53 illustrates a sample configuration of a transmission
device that differs from that of FIG. 51. The following
describes the points of difference. As shown in FIG. 53, phase
changer 317B takes a plurality of baseband signals as input.
Then, when the frame configuration signal 313 indicates a
data symbol, phase changer 317B performs the change in
phase on precoded baseband signal 316B. When frame con-
figuration signal 313 indicates a pilot symbol (or null symbol)
or a control information symbol, phase changer 317B pauses
phase changing operations such that the symbols of the base-
band signal are output as-is. (This may be interpreted as
performing forced rotation corresponding to €°.)

A selector 5301 takes the plurality of baseband signals as
input and selects a baseband signal having a symbol indicated
by the frame configuration signal 313 for output.

FIG. 54 illustrates a sample configuration of a transmission
device that differs from that of FIG. 52. The following
describes the points of difference. As shown in FIG. 54, phase
changer 317B takes a plurality of baseband signals as input.
Then, when the frame configuration signal 313 indicates a
data symbol, phase changer 317B performs the change in
phase on precoded baseband signal 316B. When frame con-
figuration signal 313 indicates a pilot symbol (or null symbol)
or a control information symbol, phase changer 317B pauses
phase changing operations such that the symbols of the base-
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band signal are output as-is. (This may be interpreted as
performing forced rotation corresponding to €/°.)

Similarly, as shown in FIG. 54, phase changer 5201 takes a
plurality of baseband signals as input. Then, when the frame
configuration signal 313 indicates a data symbol, phase
changer 5201 performs the change in phase on precoded
baseband signal 309A. When frame configuration signal 313
indicates a pilot symbol (or null symbol) or a control infor-
mation symbol, phase changer 5201 pauses phase changing
operations such that the symbols of the baseband signal are
output as-is. (This may be interpreted as performing forced
rotation corresponding to €°).

The above explanations are given using pilot symbols,
control symbols, and data symbols as examples. However, the
present invention is not limited in this manner. When symbols
are transmitted using methods other than precoding, such as
single-antenna transmission or transmission using space-
time block coding, not performing a change of phase is impor-
tant. Conversely, performing a change of phase on symbols
that have been precoded is the key point of the present inven-
tion.

Accordingly, a characteristic feature of the present inven-
tion is that the change of phase is not performed on all sym-
bols within the frame configuration in the time-frequency
domain, but only performed on signals that have been pre-
coded.

Embodiment 4

Embodiments 1 and 2, described above, discuss a regular
change of phase. Embodiment 3, however, discloses perform-
ing a different change of phase on neighbouring symbols.

The present Embodiment describes a phase changing
method that varies according to the modulation scheme and
the coding rate of the error-correcting codes used by the
transmission device.

Table 1, below, is a list of phase changing method settings
corresponding to the settings and parameters of the transmis-
sion device.

TABLE 1
No. of Modulated Phase
Transmission Modulation Changing
Signals Scheme Coding Rate Pattern
2 #1: QPSK, #1:1/2, #l:—,
#2: QPSK #22/3 #H2:A
2 #1: QPSK, #1:1/2, #1:A,
#2: QPSK #2:3/4 #2:B
2 #1: QPSK, #1:2/3, #1:A,
#2: QPSK #2:3/5 #2:C
2 #1: QPSK, #1:2/3, #1: C,
#2: QPSK #2:2/3 #2—
2 #1: QPSK, #1:3/3, #1:D,
#2: QPSK #2:5/6 #2:E
2 #1: QPSK, #1:1/2, #1: B,
#2:16-QAM #2:2/3 #H2:A
2 #1: QPSK, #1:1/2, #1:A,
#2:16-QAM #2:3/4 #2:C
2 #1: QPSK, #1:1/2, #l:—,
#2:16-QAM #2:3/5 #2:E
2 #1: QPSK, #1:2/3, #1:D,
#2:16-QAM #2:3/4 #2—
2 #1: QPSK, #1:2/3, #1:D,
#2:16-QAM #2:5/6 #2:B
2 #1: 16-QAM, #1:1/2, #l:—,
1 16-QAM 12/3
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In Table 1, #1 denotes modulated signal s1 from Embodi-
ment 1 described above (baseband signal s1 modulated with
the modulation scheme set by the transmission device) and #2
denotes modulated signal s2 (baseband signal s2 modulated
with the modulation scheme set by the transmission device).
The coding rate column of Table 1 indicates the coding rate of
the error-correcting codes for modulation schemes #1 and #2.
The phase changing pattern column of Table 1 indicates the
phase changing method applied to precoded baseband signals
z1 (z1') and 72 (z2"), as explained in Embodiments 1 through
3. Although the phase changing patterns are labelled A, B, C,
D, E, and so on, this refers to the phase change degree applied,
for example, in a phase changing pattern given by Math. 46
(formula 46) and Math. 47 (formula 47), above. In the phase
changing pattern column of Table 1, the dash signifies that no
change of phase is applied.

The combinations of modulation scheme and coding rate
listed in Table 1 are examples. Other modulation schemes
(such as 128-QAM and 256-QAM) and coding rates (such as
7%&) not listed in Table 1 may also be included. Also, as
described in Embodiment 1, the error-correcting codes used
for s1 and s2 may differ (Table 1 is given for cases where a
single type of error-correcting codes is used, as in FIG. 4).
Furthermore, the same modulation scheme and coding rate
may be used with different phase changing patterns. The
transmission device transmits information indicating the
phase changing patterns to the reception device. The recep-
tion device specifies the phase changing pattern by cross-
referencing the information and Table 1, then performs
demodulation and decoding. When the modulation scheme
and error-correction method determine a unique phase chang-
ing pattern, then as long as the transmission device transmits
the modulation scheme and information regarding the error-
correction method, the reception device knows the phase
changing pattern by obtaining that information. As such,
information pertaining to the phase changing pattern is not
strictly necessary.

In Embodiments 1 through 3, the change of phase is
applied to precoded baseband signals. However, the ampli-
tude may also be modified along with the phase in order to
apply periodical, regular changes. Accordingly, an amplifica-
tion modification pattern regularly modifying the amplitude
of the modulated signals may also be made to conform to
Table 1. In such circumstances, the transmission device
should include an amplification modifier that modifies the
amplification after weighting unit 308A or weighting unit
308B from FIG. 3 or 4. In addition, amplification modifica-
tion may be performed on only one of or on both of the
precoded baseband signals z1(t) and z2(t) (in the former case,
the amplification modifier is only needed after one of weight-
ing unit 308A and 308B).

Furthermore, although not indicated in Table 1 above, the
mapping scheme may also be regularly modified by the map-
per, without a regular change of phase.

That is, when the mapping method for modulated signal
sl(t) is 16-QAM and the mapping method for modulated
signal s2(t) is also 16-QAM, the mapping method applied to
modulated signal s2(t) may be regularly changed as follows:
from 16-QAM to 16-APSK, to 16-QAM in the I-Q plane, to
a first mapping method producing signal point distribution
unlike 16-APSK, to 16-QAM in the 1-Q plane, to a second
mapping method producing signal point distribution unlike
16-APSK, and so on. As such, the data reception quality can
be improved for the reception device, much like the results
obtained by a regular change of phase described above.

In addition, the present invention may use any combination
of methods for a regular change of phase, mapping method,
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and amplitude, and the transmit signal may transmit with all
of these taken into consideration.

The present Embodiment may be realized using single-
carrier methods as well as multi-carrier methods. Accord-
ingly, the present Embodiment may also be realized using, for
example, spread-spectrum communications, OFDM,
SC-FDM, SC-OFDM, wavelet OFDM as described in Non-
Patent Literature 7, and so on. As described above, the present
Embodiment describes changing the phase, amplitude, and
mapping methods by performing phase, amplitude, and map-
ping method modifications with respect to the time domain t.
However, much like Embodiment 1, the same changes may be
carried out with respect to the frequency domain. That is,
considering the phase, amplitude, and mapping method
modification in the time domain t described in the present
Embodiment and replacing t with f (f being the ((sub-) car-
rier) frequency) leads to phase, amplitude, and mapping
method modification applicable to the frequency domain.
Also, the phase, amplitude, and mapping method modifica-
tion of the present Embodiment is also applicable to phase,
amplitude, and mapping method modification in both the time
domain and the frequency domain.

Furthermore, in the present Embodiment, symbols other
than data symbols, such as pilot symbols (preamble, unique
word, etc) or symbols transmitting control information, may
be arranged within the frame in any manner.

Embodiment Al

The present Embodiment describes a method of regularly
changing the phase when encoding is performed using block
codes as described in Non-Patent Literature 12 through 15,
such as QC (Quasi-Cyclic) LDPC Codes (not only QC-LDPC
but also LDPC codes may be used), concatenated LDPC and
BCH (Bose-Chaudhuri-Hocquenghem) codes, Turbo codes
or Duo-Binary Turbo codes using tail-biting, and so on. The
following example considers a case where two streams s1 and
s2 are transmitted. When encoding has been performed using
block codes and control information and the like is not nec-
essary, the number of bits making up each coded block
matches the number of bits making up each block code (con-
trol information and so on described below may yet be
included). When encoding has been performed using block
codes or the like and control information or the like (e.g.,
CRC transmission parameters) is required, then the number
of'bits making up each coded block is the sum of the number
of bits making up the block codes and the number of bits
making up the information.

FIG. 34 illustrates the varying numbers of symbols and
slots needed in each coded block when block codes are used.
FIG. 34 illustrates the varying numbers of symbols and slots
needed in each coded block when block codes are used when,
for example, two streams s1 and s2 are transmitted as indi-
cated by the transmission device from FIG. 4, and the trans-
mission device has only one encoder. (Here, the transmission
method may be any single-carrier method or multi-carrier
method such as OFDM.)

As shown in FIG. 34, when block codes are used, there are
6000 bits making up a single coded block. In order to transmit
these 6000 bits, the number of required symbols depends on
the modulation scheme, being 3000 for QPSK, 1500 for
16-QAM, and 1000 for 64-QAM.

Then, given that the transmission device from FIG. 4 trans-
mits two streams simultaneously, 1500 of the aforementioned
3000 symbols needed when the modulation scheme is QPSK
are assigned to s1 and the other 1500 symbols are assigned to
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s2. As such, 1500 slots for transmitting the 1500 symbols
(hereinafter, slots) are required for each of s1 and s2.

By the same reasoning, when the modulation scheme is
16-QAM, 750 slots are needed to transmit all of the bits
making up each coded block, and when the modulation
scheme is 64-QAM, 500 slots are needed to transmit all of the
bits making up each coded block.

The following describes the relationship between the
above-defined slots and the phase of multiplication, as per-
tains to methods for a regular change of phase.

Here, five different phase changing values (or phase chang-
ing sets) are assumed as having been prepared for use in the
method for a regular change of phase. That is, five different
phase changing values (or phase changing sets) have been
prepared for the phase changer of the transmission device
from FIG. 4 (equivalent to the period (cycle) from Embodi-
ments 1 through 4) (As in FIG. 6, five phase changing values
are needed in order to perform a change of phase with a period
(cycle) of five on precoded baseband signal z2' only. Also, as
in FIG. 26, two phase changing values are needed for each slot
in order to perform the change of phase on both precoded
baseband signals z1' and z2'. These two phase changing val-
ues are termed a phase changing set. Accordingly, five phase
changing sets should ideally be prepared in order to perform
a change of phase having a period (cycle) of five in such
circumstances). These five phase changing values (or phase
changing sets) are expressed as PHASE[O], PHASE[1],
PHASE][2], PHASE[3], and PHASE[4].

For the above-described 1500 slots needed to transmit the
6000 bits making up a single coded block when the modula-
tion scheme is QPSK, PHASE[O] is used on 300 slots,
PHASE]1] is used on 300 slots, PHASE|2] is used on 300
slots, PHASEJ[3] is used on 300 slots, and PHASE[4] is used
on300slots. This is due to the fact that any bias in phase usage
causes great influence to be exerted by the more frequently
used phase, and that the reception device is dependent on such
influence for data reception quality.

Further still, for the above-described 500 slots needed to
transmit the 6000 bits making up a single coded block when
the modulation scheme is 64-QAM, PHASEJO] is used on
150 slots, PHASE][ 1] is used on 150 slots, PHASE[2] is used
on 150 slots, PHASE[3] is used on 150 slots, and PHASE[4]
is used on 150 slots.

Further still, for the above-described 500 slots needed to
transmit the 6000 bits making up a single coded block when
the modulation scheme is 64-QAM, PHASEJO] is used on
100 slots, PHASE][ 1] is used on 100 slots, PHASE[2] is used
on 100 slots, PHASE[3] is used on 100 slots, and PHASE[4]
is used on 100 slots.

As described above, a method for a regular change of phase
requires the preparation of N phase changing values (or phase
changing sets) (where the N different phases are expressed as
PHASE[0], PHASE[1], PHASE[2] . . . PHASE[N-2],
PHASE[N-1]). As such, in order to transmit all of the bits
making up a single coded block, PHASE[0] is used on K,
slots, PHASE[1] is used on K, slots, PHASE]i] is used on K,
slots (where i=0, 1, 2 .. . N-1), and PHASE[N-1] is used on
K-, slots, such that Condition #A01 is met.

(Condition #A01)

K=K, ...=K=...K,._,. Thatis, K =K, (Va and Vb where
a,b,=0,1,2...N-1; (a and b being integers between 0 and
N-1), a=b).

Then, when a communication system that supports mul-
tiple modulation schemes selects one such supported modu-
lation scheme for use, Condition #A01 is met for the sup-
ported modulation scheme.
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However, when multiple modulation schemes are sup-
ported, each such modulation scheme typically uses symbols
transmitting a different number of bits per symbols (though
some may happen to use the same number), Condition #A01
may not be satisfied for some modulation schemes. In such a
case, the following condition applies instead of Condition
#A01.

(Condition #A02)

The difference between K, and K, is 0 or 1. That is, IK -K,|
isOor 1 (Va, Vb, where a, b=0, 1, 2. . . N-1 (a and b being
integers between 0 and N-1), a=b)

FIG. 35 illustrates the varying numbers of symbols and
slots needed in each coded block when block codes are used.
FIG. 35 illustrates the varying numbers of symbols and slots
needed in each coded block when block codes are used when,
for example, two streams s1 and s2 are transmitted as indi-
cated by the transmission device from FI1G. 3 and FIG. 12, and
the transmission device has two encoders. (Here, the trans-
mission method may be any single-carrier method or multi-
carrier method such as OFDM.)

As shown in FIG. 35, when block codes are used, there are
6000 bits making up a single coded block. In order to transmit
these 6000 bits, the number of required symbols depends on
the modulation scheme, being 3000 for QPSK, 1500 for
16-QAM, and 1000 for 64-QAM.

The transmission device from FIG. 3 and the transmission
device from FIG. 12 each transmit two streams at once, and
have two encoders. As such, the two streams each transmit
different code blocks. Accordingly, when the modulation
scheme is QPSK, two coded blocks drawn from s1 and s2 are
transmitted within the same interval, e.g., a first coded block
drawn from sl is transmitted, then a second coded block
drawn from s2 is transmitted. As such, 3000 slots are needed
in order to transmit the first and second coded blocks.

By the same reasoning, when the modulation scheme is
16-QAM, 1500 slots are needed to transmit all of the bits
making up the two coded blocks, and when the modulation
scheme is 64-QAM, 1000 slots are needed to transmit all of
the bits making up the two coded blocks

The following describes the relationship between the
above-defined slots and the phase of multiplication, as per-
tains to methods for a regular change of phase.

Here, five different phase changing values (or phase chang-
ing sets) are assumed as having been prepared for use in the
method for a regular change of phase. That is, five different
phase changing values (or phase changing sets) have been
prepared for the phase changer of the transmission device
from FIGS. 3 and 12 (equivalent to the period (cycle) from
Embodiments 1 through 4) (As in FIG. 6, five phase changing
values are needed in order to perform a change of phase with
aperiod (cycle) of five on precoded baseband signal z2' only.
Also, as in FI1G. 26, two phase changing values are needed for
each slot in order to perform the change of phase on both
precoded baseband signals z1' and 7z2'. These two phase
changing values are termed a phase changing set. Accord-
ingly, five phase changing sets should ideally be prepared in
order to perform a change of phase having a period (cycle) of
five in such circumstances). These five phase changing values
(or phase changing sets) are expressed as PHASE[0], PHASE
[1], PHASE[2], PHASE[3], and PHASE [4].

For the above-described 3000 slots needed to transmit the
6000x2 bits making up the two coded blocks when the modu-
lation scheme is QPSK, PHASEJ[0] is used on 600 slots,
PHASE]J1] is used on 600 slots, PHASE[2] is used on 600
slots, PHASEJ[3] is used on 600 slots, and PHASE[4] is used
on 600slots. This is due to the fact that any bias in phase usage
causes great influence to be exerted by the more frequently
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used phase, and that the reception device is dependent on such
influence for data reception quality.

Furthermore, in order to transmit the first coded block,
PHASE]0] is used on slots 600 times, PHASE][1] is used on
slots 600 times, PHASE|[2] is used on slots 600 times, PHASE
[3] is used on slots 600 times, and PHASE[4] is used on slots
600times. Furthermore, in order to transmit the second coded
block, PHASE]0] is used on slots 600 times, PHASE[1] is
used on slots 600 times, PHASE[2] is used on slots 600 times,
PHASE]3] is used on slots 600 times, and PHASE[4] is used
on slots 600 times.

Similarly, for the above-described 1500 slots needed to
transmit the 6000x2 bits making up the two coded blocks
when the modulation scheme is 16-QAM, PHASE[0] is used
on 300 slots, PHASE][1] is used on 300 slots, PHASE[2] is
used on 300 slots, PHASE[3] is used on 300 slots, and
PHASE][4] is used on 300 slots.

Furthermore, in order to transmit the first coded block,
PHASE]0] is used on slots 300 times, PHASE][1] is used on
slots 300 times, PHASE[2] is used on slots 300 times, PHASE
[3] is used on slots 300 times, and PHASE[4] is used on slots
300 times. Furthermore, in order to transmit the second coded
block, PHASE]0] is used on slots 300 times, PHASE[1] is
used on slots 300 times, PHASE[2] is used on slots 300 times,
PHASE]3] is used on slots 300 times, and PHASE[4] is used
on slots 300 times.

Similarly, for the above-described 1000 slots needed to
transmit the 6000x2 bits making up the two coded blocks
when the modulation scheme is 64-QAM, PHASE[0] is used
on 200 slots, PHASE][1] is used on 200 slots, PHASE[2] is
used on 200 slots, PHASE[3] is used on 200 slots, and
PHASE][4] is used on 200 slots.

Furthermore, in order to transmit the first coded block,
PHASE]0] is used on slots 200 times, PHASE][1] is used on
slots 200 times, PHASE[2] is used on slots 200 times, PHASE
[3] is used on slots 200 times, and PHASE[4] is used on slots
200 times. Furthermore, in order to transmit the second coded
block, PHASE]0] is used on slots 200 times, PHASE[1] is
used on slots 200 times, PHASE[2] is used on slots 200 times,
PHASE]3] is used on slots 200 times, and PHASE[4] is used
on slots 200 times.

As described above, a method for regularly changing the
phase requires the preparation of phase changing values (or
phase changing sets) expressed as PHASE[0], PHASE[1],
PHASE[2] . . . PHASE[N-2], PHASE[N-1]. As such, in
order to transmit all of the bits making up two coded blocks,
PHASE[0] is used on K, slots, PHASE[1] isused on K slots,
PHASE(i] is used on K|, slots (where i=0, 1, 2 . . . N-1), and
PHASE[N-1] is used on K., slots, such that Condition
#AO03 is met.

(Condition #A03)

K=K, ...=K=...K,_;. Thatis, K =K, (Va and ¥b where
a,b,=0, 1,2 ... N-1 (a and b being integers between 0 and
N-1), a=b).

Further, in order to transmit all of the bits making up the first
coded block, PHASE[0] isused K, , times, PHASE[1]is used
K,, times, PHASE[i] is used K, ; times (where i=0, 1,2 . ..
N-1),and PHASE[N-1] is used K. , , times, such that Con-
dition #A04 is met.

(Condition #A04)

Ko, 7K, =... K, ,=... Ky, ;. Thatis, K, =K, | (Vaand Vb
where a, b,=0, 1,2 ... N-1 (a and b being integers between 0
and N-1), a=b).

Furthermore, in order to transmit all of the bits making up the
second coded block, PHASE[O] is used K, , times, PHASE
[1] is used K, , times, PHASEJi] is used K, , times (where
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=0, 1,2 ... N-1), and PHASE[N-1] is used K,,_, , times,
such that Condition #A05 is met.
(Condition #A05)
KooK, o= .. K, »=... Ky, 5. Thatis, K, =K, , (Vaand Vb
where a, b,=0, 1,2 ... N-1 (aand b being integers between 0
and N-1), a=b).

Then, when a communication system that supports mul-
tiple modulation schemes selects one such supported modu-
lation scheme for use, Condition #A03, #A04, and #AO0S5 is
met for the supported modulation scheme.

However, when multiple modulation schemes are sup-
ported, each such modulation scheme typically uses symbols
transmitting a different number of bits per symbol (though
some may happen to use the same number), Conditions #A03,
#A04, and #A05 may not be satisfied for some modulation
schemes. In such a case, the following conditions apply
instead of Condition #A03, #A04, and #A05.

(Condition #A06)

The difference between K, and K, satisfies 0 or 1. That is,
IK,-K, | satisfies 0 or 1 (Va, Vb, wherea, b=0,1,2...N-1(a
and b being integers between 0 and N-1), a=b)

(Condition #A07)

The difference between K, ; and K, | satisfies O or 1. That is,
K, ,-K, | satisfiesOor1(Va, Vb, wherea,b=0,1,2...N-1
(a and b being integers between 0 and N-1), a=b)
(Condition #A08)

The difference between K, , and K, , satisfies O or 1. That is,
IK,,—Kb,2I satisfies Oor 1 (Va, Vb, wherea, b=0, 1,2 ... N-1
(a and b being integers between 0 and N-1), a=b)

As described above, bias among the phases being used to
transmit the coded blocks is removed by creating a relation-
ship between the coded block and the phase of multiplication.
As such, data reception quality may be improved for the
reception device.

In the present Embodiment, N phase changing values (or
phase changing sets) are needed in order to perform a change
of phase having a period (cycle) of N with the method for a
regular change of phase. As such, N phase changing values
(or phase changing sets) PHASE[O], PHASE[1],
PHASE[2] . . . PHASE[N-2], and PHASE[N-1] are pre-
pared. However, schemes exist for reordering the phases in
the stated order with respect to the frequency domain. No
limitation is intended in this regard. The N phase changing
values (or phase changing sets) may also change the phases of
blocks in the time domain or in the time-frequency domain to
obtain a symbol arrangement as described in Embodiment 1.
Although the above examples discuss a phase changing
method with a period (cycle) of N, the same effects are obtain-
able using N phase changing values (or phase changing sets)
at random. That is, the N phase changing values (or phase
changing sets) need not always have regular periodicity. As
long as the above-described conditions are satisfied, great
quality data reception improvements are realizable for the
reception device.

Furthermore, given the existence of modes for spatial mul-
tiplexing MIMO schemes, MIMO schemes using a fixed pre-
coding matrix, space-time block coding schemes, single-
stream transmission, and schemes using a regular change of
phase (the transmission schemes described in Embodiments 1
through 4), the transmission device (broadcaster, base sta-
tion) may select any one of these transmission schemes.

As described in Non-Patent Literature 3, spatial multiplex-
ing MIMO methods involve transmitting signals s1 and s2,
which are mapped using a selected modulation scheme, on
each of two different antennas. As described in Embodiments
1 through 4, MIMO methods using a fixed precoding matrix
involve performing precoding only (with no change of
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phase). Further, space-time block coding methods are
described in Non-Patent Literature 9, 16, and 17. Single-
stream transmission methods involve transmitting signal s1,
mapped with a selected modulation scheme, from an antenna
after performing predetermined processing.

Schemes using multi-carrier transmission such as OFDM
involve a first carrier group made up of a plurality of carriers
and a second carrier group made up of a plurality of carriers
different from the first carrier group, and so on, such that
multi-carrier transmission is realized with a plurality of car-
rier groups. For each carrier group, any of spatial multiplex-
ing MIMO schemes, MIMO schemes using a fixed precoding
matrix, space-time block coding schemes, single-stream
transmission, and schemes using a regular change of phase
may be used. In particular, schemes using a regular change of
phase on a selected (sub-)carrier group are preferably used to
realize the present Embodiment.

When a change of phase is performed, then for example, a
phase changing value for PHASE[i] of X radians is performed
on only one precoded baseband signal, the phase changers of
FIGS. 3, 4, 5, 12, 25, 29, 51, and 53 multiplies precoded
baseband signal z2' by &**. Then, when a change of phase by,
for example, a phase changing set for PHASE[1] of X radians
and Y radians is performed on both precoded baseband sig-
nals, the phase changers from FIGS. 26, 27, 28, 52, and 54
multiply precoded baseband signal z2' by ¢ and multiply
precoded baseband signal z1' by .

Embodiment B1

The following describes a sample configuration of an
application of the transmission methods and reception meth-
ods discussed in the above embodiments and a system using
the application.

FIG. 36 illustrates the configuration of a system that
includes devices executing transmission methods and recep-
tion methods described in the above Embodiments. As shown
in FIG. 36, the devices executing transmission methods and
reception methods described in the above Embodiments
include various receivers such as a broadcaster, a television
3611, a DVD recorder 3612, a STB (set-top box) 3613, a
computer 3620, a vehicle-mounted television 3641, a mobile
phone 3630 and so on within a digital broadcasting system
3600. Specifically, the broadcaster 3601 uses a transmission
method discussed in the above-described Embodiments to
transmit multiplexed data, in which video, audio, and other
data are multiplexed, over a predetermined transmission
band.

The signals transmitted by the broadcaster 3601 are
received by an antenna (such as antenna 3660 or 3640)
embedded within or externally connected to each of the
receivers. Each receiver obtains the multiplexed data by using
reception methods discussed in the above-described Embodi-
ments to demodulate the signals received by the antenna.
Accordingly, the digital broadcasting system 3600 is able to
realize the effects of the present invention, as discussed in the
above-described Embodiments.

The video data included in the multiplexed data are coded
with a video coding method compliant with a standard such as
MPEG-2 (Moving Picture Experts Group), MPEG4-AVC
(Advanced Video Coding), VC-1, or the like. The audio data
included in the multiplexed data are encoded with an audio
coding method compliant with a standard such as Dolby AC-3
(Audio Coding), Dolby Digital Plus, MLLP (Meridian Loss-
less Packing), DTS (Digital Theatre Systems), DTS-HD, Lin-
ear PCM (Pulse-Code Modulation), or the like.
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FIG. 37 illustrates the configuration of a receiver 7900 that
executes a reception method described in the above-described
Embodiments. The receiver 3700 corresponds to a receiver
included in one of the television 3611, the DVD recorder
3612, the STB 3613, the computer 3620, the vehicle-mounted
television 3641, the mobile phone 3630 and so on from FIG.
36. The receiver 3700 includes a tuner 3701 converting a
high-frequency signal received by an antenna 3760 into a
baseband signal, and a demodulator 3702 demodulating the
baseband signal so converted to obtain the multiplexed data.
The demodulator 3702 executes a reception method dis-
cussed in the above-described Embodiments, and thus
achieves the effects of the present invention as explained
above.

The receiver 3700 further includes a stream interface 3720
that demultiplexes the audio and video data in the multiplexed
data obtained by the demodulator 3702, a signal processor
3704 that decodes the video data obtained from the demulti-
plexed video data into a video signal by applying a video
decoding method corresponding thereto and decodes the
audio data obtained from the demultiplexed audio data into an
audio signal by applying an audio decoding method corre-
sponding thereto, an audio output unit 3706 that outputs the
decoded audio signal through a speaker or the like, and a
video display unit 3707 that outputs the decoded video signal
on a display or the like.

When, for example, a user uses a remote control 3750,
information for a selected channel (selected (television) pro-
gram or audio broadcast) is transmitted to an operation input
unit3710. Then, the receiver 3700 performs processing on the
received signal received by the antenna 3760 that includes
demodulating the signal corresponding to the selected chan-
nel, performing error-correcting decoding, and so on, in order
to obtain the received data. At this point, the receiver 3700
obtains control symbol information that includes information
on the transmission method (the transmission method, modu-
lation scheme, error-correction method, and so on from the
above-described Embodiments) (as described using FIGS. 5
and 41) from control symbols included the signal correspond-
ing to the selected channel. As such, the receiver 3700 is able
to correctly set the reception operations, demodulation
scheme, error-correction method and so on, thus enabling the
data included in the data symbols transmitted by the broad-
caster (base station) to be obtained. Although the above
description is given for an example of the user using the
remote control 3750, the same operations apply when the user
presses a selection key embedded in the receiver 3700 to
select a channel.

According to this configuration, the user is able to view
programs received by the receiver 3700.

The receiver 3700 pertaining to the present Embodiment
further includes a drive 3708 that may be a magnetic disk, an
optical disc, a non-volatile semiconductor memory, or a simi-
lar recording medium. The receiver 3700 stores data included
in the demultiplexed data obtained through demodulation by
the demodulator 3702 and error-correcting decoding (in some
circumstances, the data obtained through demodulation by
the demodulator 3702 may not be subject to error correction.
Also, the receiver 3700 may perform further processing after
error correction. The same hereinafter applies to similar state-
ments concerning other components), data corresponding to
such data (e.g., data obtained through compression of such
data), data obtained through audio and video processing, and
so on, on the drive 3708. Here, an optical disc is a recording
medium, such as DVD (Digital Versatile Disc) or BD (Blu-ray
Disc), that is readable and writable with the use of a laser
beam. A magnetic disk is a floppy disk, a hard disk, or similar
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recording medium on which information is storable through
the use of magnetic flux to magnetize a magnetic body. A
non-volatile semiconductor memory is a recording medium,
such as flash memory or ferroelectric random access memory,
composed of semiconductor element(s). Specific examples of
non-volatile semiconductor memory include an SD card
using flash memory and a Flash SSD (Solid State Drive).
Naturally, the specific types of recording media mentioned
herein are merely examples. Other types of recording medi-
ums may also be used.

According to this structure, the user is able to record and
store programs received by the receiver 3700, and is thereby
able to view programs at any given time after broadcasting by
reading out the recorded data thereof.

Although the above explanations describe the receiver
3700 storing multiplexed data obtained through demodula-
tion by the demodulator 3702 and error-correcting decoding
on the drive 3708, a portion of the data included in the mul-
tiplexed data may instead be extracted and recorded. For
example, when data broadcasting services or similar content
is included along with the audio and video data in the multi-
plexed data obtained through demodulation by the demodu-
lator 3702 and error-correcting decoding, the audio and video
data may be extracted from the multiplexed data demodulated
by the demodulator 3702 and stored as new multiplexed data.
Furthermore, the drive 3708 may store either the audio data or
the video data included in the multiplexed data obtained
through demodulation by the demodulator 3702 and error-
correcting decoding as new multiplexed data. The aforemen-
tioned data broadcasting service content included in the mul-
tiplexed data may also be stored on the drive 3708.

Furthermore, when a television, recording device (e.g., a
DVD recorder, BD recorder HDD recorder, SD card, or simi-
lar), or mobile phone incorporating the receiver 3700 of the
present invention receives multiplexed data obtained through
demodulation by the demodulator 3702 and error-correcting
decoding that includes data for correcting bugs in software
used to operate the television or recording device, for correct-
ing bugs in software for preventing personal information and
recorded data from being leaked, and so on, such software
bugs may be corrected by installing the data on the television
or recording device. As such, bugs in the receiver 3700 are
corrected through the inclusion of data for correcting bugs in
the software of the receiver 3700. Accordingly, the television,
recording device, or mobile phone incorporating the receiver
3700 may be made to operate more reliably.

Here, the process of extracting a portion of the data
included in the multiplexed data obtained through demodu-
lation by the demodulator 3702 and error-correcting decod-
ing is performed by, for example, the stream interface 3703.
Specifically, the stream interface 3703, demultiplexes the
various data included in the multiplexed data demodulated by
the demodulator 3702, such as audio data, video data, data
broadcasting service content, and so on, as instructed by a
non-diagrammed controller such as a CPU. The stream inter-
face 3703 then extracts and multiplexes only the indicated
demultiplexed data, thus generating new multiplexed data.
The data to be extracted from the demultiplexed data may be
determined by the user or may be determined in advance
according to the type of recording medium.

According to such a structure, the receiver 3700 is able to
extract and record only the data needed in order to view the
recorded program. As such, the amount of data to be recorded
can be reduced.

Although the above explanation describes the drive 3708 as
storing multiplexed data obtained through demodulation by
the demodulator 3702 and error-correcting decoding, the
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video data included in the multiplexed data so obtained may
be converted by using a different video coding method than
the original video coding method applied thereto, so as to
reduce the amount of data or the bit rate thereof. The drive
3708 may then store the converted video data as new multi-
plexed data. Here, the video coding method used to generate
the new video data may conform to a different standard than
that used to generate the original video data. Alternatively, the
same video coding method may be used with different param-
eters. Similarly, the audio data included in the multiplexed
data obtained through demodulation by the demodulator
3702 and error-correcting decoding may be converted by
using a different audio coding method than the original audio
coding method applied thereto, so as to reduce the amount of
data or the bit rate thereof. The drive 3708 may then store the
converted audio data as new multiplexed data.

Here, the process by which the audio or video data included
in the multiplexed data obtained through demodulation by the
demodulator 3702 and error-correcting decoding is converted
so as to reduce the amount of data or the bit rate thereof is
performed by, for example, the stream interface 3703 or the
signal processor 3704. Specifically, the stream interface 3703
demultiplexes the various data included in the multiplexed
data demodulated by the demodulator 3702, such as audio
data, video data, data broadcasting service content, and so on,
as instructed by an undiagrammed controller such as a CPU.
The signal processor 3704 then performs processing to con-
vert the video data so demultiplexed by using a different video
coding method than the original video coding method applied
thereto, and performs processing to convert the audio data so
demultiplexed by using a different video coding method than
the original audio coding method applied thereto. As
instructed by the controller, the stream interface 3703 then
multiplexes the converted audio and video data, thus gener-
ating new multiplexed data. The signal processor 3704 may,
in accordance with instructions from the controller, perform-
ing conversion processing on either the video data or the
audio data, alone, or may perform conversion processing on
both types of data. In addition, the amounts of video data and
audio data or the bit rate thereof to be obtained by conversion
may be specified by the user or determined in advance accord-
ing to the type of recording medium.

According to such a structure, the receiver 3700 is able to
modify the amount of data or the bitrate of the audio and video
data for storage according to the data storage capacity of the
recording medium, or according to the data reading or writing
speed of the drive 3708. Therefore, programs can be stored on
the drive despite the storage capacity of the recording
medium being less than the amount of multiplexed data
obtained through demodulation by the demodulator 3702 and
error-correcting decoding, or the data reading or writing
speed of the drive being lower than the bit rate of the demul-
tiplexed data obtained through demodulation by the demodu-
lator 3702. As such, the user is able to view programs at any
given time after broadcasting by reading out the recorded
data.

The receiver 3700 further includes a stream output inter-
face 3709 that transmits the multiplexed data demultiplexed
by the demodulator 3702 to external devices through a com-
munications medium 3730. The stream output interface 3709
may be, for example, a wireless communication device trans-
mitting modulated multiplexed data to an external device
using a wireless transmission method conforming to a wire-
less communication standard such as Wi-Fi™ (IEEE
802.11a, IEEE 802.11b, IEEE 802.11g, IEEE 802.11n, and so
on), WiGiG, WirelessHD, Bluetooth™, ZigBee™, and so on
through a wireless medium (corresponding to the communi-
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cations medium 3730). The stream output interface 3709 may
also be a wired communication device transmitting modu-
lated multiplexed data to an external device using a commu-
nication method conforming to a wired communication stan-
dard such as Ethernet™, USB (Universal Serial Bus), PLC
(Power Line Communication), HDMI (High-Definition Mul-
timedia Interface) and so on through a wired transmission
path (corresponding to the communications medium 3730)
connected to the stream output interface 3709.

According to this configuration, the user is able to use an
external device with the multiplexed data received by the
receiver 3700 using the reception method described in the
above-described Embodiments. The usage of multiplexed
data by the user here includes use of the multiplexed data for
real-time viewing on an external device, recording of the
multiplexed data by a recording unit included in an external
device, and transmission of the multiplexed data from an
external device to a yet another external device.

Although the above explanations describe the receiver
3700 outputting multiplexed data obtained through demodu-
lation by the demodulator 3702 and error-correcting decod-
ing through the stream output interface 3709, a portion of the
data included in the multiplexed data may instead be
extracted and output. For example, when data broadcasting
services or similar content is included along with the audio
and video data in the multiplexed data obtained through
demodulation by the demodulator 3702 and error-correcting
decoding, the audio and video data may be extracted from the
multiplexed data obtained through demodulation by the
demodulator 3702 and error-correcting decoding, multi-
plexed and output by the stream output interface 3709 as new
multiplexed data. In addition, the stream output interface
3709 may store either the audio data or the video data
included in the multiplexed data obtained through demodu-
lation by the demodulator 3702 and error-correcting decod-
ing as new multiplexed data.

Here, the process of extracting a portion of the data
included in the multiplexed data obtained through demodu-
lation by the demodulator 3702 and error-correcting decod-
ing is performed by, for example, the stream interface 3703.
Specifically, the stream interface 3703 demultiplexes the vari-
ous data included in the multiplexed data demodulated by the
demodulator 3702, such as audio data, video data, data broad-
casting service content, and so on, as instructed by an undia-
grammed controller such as a CPU. The stream interface
3703 then extracts and multiplexes only the indicated demul-
tiplexed data, thus generating new multiplexed data. The data
to be extracted from the demultiplexed data may be deter-
mined by the user or may be determined in advance according
to the type of stream output interface 3709.

According to this structure, the receiver 3700 is able to
extract and output only the required data to an external device.
As such, fewer multiplexed data are output using less com-
munication bandwidth.

Although the above explanation describes the stream out-
put interface 3709 as outputting multiplexed data obtained
through demodulation by the demodulator 3702 and error-
correcting decoding, the video data included in the multi-
plexed data so obtained may be converted by using a different
video coding method than the original video coding method
applied thereto, so as to reduce the amount of data or the bit
rate thereof. The stream output interface 3709 may then out-
put the converted video data as new multiplexed data. Here,
the video coding method used to generate the new video data
may conform to a different standard than that used to generate
the original video data. Alternatively, the same video coding
method may be used with different parameters. Similarly, the
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audio data included in the multiplexed data obtained through
demodulation by the demodulator 3702 and error-correcting
decoding may be converted by using a different audio coding
method than the original audio coding method applied
thereto, so as to reduce the amount of data or the bit rate
thereof. The stream output interface 3709 may then output the
converted audio data as new multiplexed data.

Here, the process by which the audio or video data included
in the multiplexed data obtained through demodulation by the
demodulator 3702 and error-correcting decoding is converted
so as to reduce the amount of data or the bit rate thereof is
performed by, for example, the stream interface 3703 or the
signal processor 3704. Specifically, the stream interface 3703
demultiplexes the various data included in the multiplexed
data demodulated by the demodulator 3702, such as audio
data, video data, data broadcasting service content, and so on,
as instructed by an undiagrammed controller. The signal pro-
cessor 3704 then performs processing to convert the video
data so demultiplexed by using a different video coding
method than the original video coding method applied
thereto, and performs processing to convert the audio data so
demultiplexed by using a different video coding method than
the original audio coding method applied thereto. As
instructed by the controller, the stream interface 3703 then
multiplexes the converted audio and video data, thus gener-
ating new multiplexed data. The signal processor 3704 may,
in accordance with instructions from the controller, perform-
ing conversion processing on either the video data or the
audio data, alone, or may perform conversion processing on
both types of data. In addition, the amounts of video data and
audio data or the bit rate thereof to be obtained by conversion
may be specified by the user or determined in advance accord-
ing to the type of stream output interface 3709.

According to this structure, the receiver 3700 is able to
modify the bit rate of the video and audio data for output
according to the speed of communication with the external
device. Thus, despite the speed of communication with an
external device being slower than the bit rate of the multi-
plexed data obtained through demodulation by the demodu-
lator 3702 and error-correcting decoding, by outputting new
multiplexed data from the stream output interface to the exter-
nal device, the user is able to use the new multiplexed data
with other communication devices.

The receiver 3700 further includes an audiovisual output
interface 3711 that outputs audio and video signals decoded
by the signal processor 3704 to the external device through an
external communications medium. The audiovisual output
interface 3711 may be, for example, a wireless communica-
tion device transmitting modulated audiovisual data to an
external device using a wireless transmission method con-
forming to a wireless communication standard such as Wi-
Fi™ (IEEE 802.11a, IEEE 802.11b, IEEE 802.11g, IEEE
802.11n, and so on), WiGig, WirelessHD, Bluetooth™, Zig-
Bee™, and so on through a wireless medium. The stream
output interface 3709 may also be a wired communication
device transmitting modulated audiovisual data to an external
device using a communication method conforming to a wired
communication standard such as Ethernet™, USB, PLC,
HDMI, and so on through a wired transmission path con-
nected to the stream output interface 3709. Furthermore, the
stream output interface 3709 may be a terminal for connect-
ing a cable that outputs analogue audio signals and video
signals as-is.

According to such a structure, the user is able to use the
audio signals and video signals decoded by the signal proces-
sor 3704 with an external device.
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Further, the receiver 3700 includes an operation input unit
3710 that receives user operations as input. The receiver 3700
behaves in accordance with control signals input by the
operation input unit 3710 according to user operations, such
as by switching the power supply ON or OFF, changing the
channel being received, switching subtitle display ON or
OFF, switching between languages, changing the volume
output by the audio output unit 3706, and various other opera-
tions, including modifying the settings for receivable chan-
nels and the like.

The receiver 3700 may further include functionality for
displaying an antenna level representing the received signal
quality while the receiver 3700 is receiving a signal. The
antenna level may be, for example, a index displaying the
received signal quality calculated according to the RSSI (Re-
ceived Signal Strength Indicator), the received signal mag-
netic field strength, the C/N (carrier-to-noise) ratio, the BER,
the packet error rate, the frame error rate, the channel state
information, and so on, received by the receiver 3700 and
indicating the level and the quality of a received signal. In
such circumstances, the demodulator 3702 includes a signal
quality calibrator that measures the RSSI, the received signal
magnetic field strength, the C/N ratio, the BER, the packet
error rate, the frame error rate, the channel state information,
and so on. In response to user operations, the receiver 3700
displays the antenna level (signal level, signal quality) in a
user-recognizable format on the video display unit 3707. The
display format for the antenna level (signal level, signal qual-
ity) may be a numerical value displayed according to the
RSSI, the received signal magnetic field strength, the C/N
ratio, the BER, the packet error rate, the frame error rate, the
channel state information, and so on, or may be an image
display that varies according to the RSSI, the received signal
magnetic field strength, the C/N ratio, the BER, the packet
error rate, the frame error rate, the channel state information,
and so on. The receiver 3700 may display multiple antenna
level (signal level, signal quality) calculated for each stream
s, s2, and so on demultiplexed using the reception method
discussed in the above-described Embodiments, or may dis-
play a single antenna level (signal level, signal quality) cal-
culated for all such streams. When the video data and audio
data composing a program are transmitted hierarchically, the
signal level (signal quality) may also be displayed for each
hierarchical level.

According to the above structure, the user is given an
understanding of the antenna level (signal level, signal qual-
ity) numerically or visually during reception using the recep-
tion methods discussed in the above-described Embodi-
ments.

Although the above example describes the receiver 3700 as
including the audio output unit 3706, the video display unit
3707, the drive 3708, the stream output interface 3709, and
the audiovisual output interface 3711, all of these compo-
nents are not strictly necessary. As long as the receiver 3700
includes at least one of the above-described components, the
user is able to use the multiplexed data obtained through
demodulation by the demodulator 3702 and error-correcting
decoding. Any receiver may be freely combined with the
above-described components according to the usage method.
(Multiplexed Data)

The following is a detailed description of a sample con-
figuration of multiplexed data. The data configuration typi-
cally used in broadcasting is an MPEG-2 transport stream
(TS). Therefore the following description describes an
example related to MPEG2-TS. However, the data configu-
ration of the multiplexed data transmitted by the transmission
and reception methods discussed in the above-described
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Embodiments is not limited to MPEG2-TS. The advanta-
geous effects of the above-described Embodiments are also
achievable using any other data structure.

FIG. 38 illustrates a sample configuration for multiplexed
data. As shown, the multiplexed data are elements making up
programmes (or events, being a portion thereof) currently
provided by various services. For example, one or more video
streams, audio streams, presentation graphics (PG) streams,
interactive graphics (IG) streams, and other such element
streams are multiplexed to obtain the multiplexed data. When
a broadcast program provided by the multiplexed data is a
movie, the video streams represent main video and sub video
of the movie, the audio streams represent main audio of the
movie and sub-audio to be mixed with the main audio, and the
presentation graphics streams represent subtitles for the
movie. Main video refers to video images normally presented
on a screen, whereas sub-video refers to video images (for
example, images of text explaining the outline of the movie)
to be presented in a small window inserted within the video
images. The interactive graphics streams represent an inter-
active display made up of GUI (Graphical User Interface)
components presented on a screen.

Each stream included in the multiplexed data is identified
by an identifier, termed a PID, uniquely assigned to the
stream. For example, PID 0x1011 is assigned to the video
stream used for the main video of the movie, PIDs 0x1100
through 0x111F are assigned to the audio streams, PIDs
0x1200 through Ox121F are assigned to the presentation
graphics, PIDs 0x1400 through 0x141F are assigned to the
interactive graphics, PIDs 0x1B00 through Ox1B1F are
assigned to the video streams used for the sub-video of the
movie, and PIDs 0x1A00 through Ox1A1F are assigned to the
audio streams used as sub-audio to be mixed with the main
audio of the movie.

FIG. 39 is a schematic diagram illustrating an example of
the multiplexed data being multiplexed. First, a video stream
3901, made up of a plurality of frames, and an audio stream
3904, made up of a plurality of audio frames, are respectively
converted into PES packet sequence 3902 and 3905, then
further converted into TS packets 3903 and 3906. Similarly, a
presentation graphics stream 3911 and an interactive graphics
stream 3914 are respectively converted into PES packet
sequence 3912 and 3915, then further converted into TS pack-
ets 3913 and 3916. The multiplexed data 3917 is made up of
the TS packets 3903, 3906, 3913, and 3916 multiplexed into
a single stream.

FIG. 40 illustrates further details of a PES packet sequence
as contained in the video stream. The first tier of FIG. 40
shows a video frame sequence in the video stream. The sec-
ond tier shows a PES packet sequence. Arrows yy1, yy2, yy3,
and yy4 indicate the plurality of Video Presentation Units,
which are I-pictures, B-pictures, and P-pictures, in the video
stream as divided and individually stored as the payload of a
PES packet. Each PES packethas a PES header. A PES header
contains a PTS (Presentation Time Stamp) at which the pic-
ture is to be displayed, a DTS (Decoding Time Stamp) at
which the picture is to be decoded, and so on.

FIG. 41 illustrates the structure of a TS packet as ultimately
written into the multiplexed data. A TS packet is a 188-byte
fixed-length packet made up of a 4-byte PID identifying the
stream and of a 184-byte TS payload containing the data. The
above-described PES packets are divided and individually
stored as the TS payload. For a BD-ROM, each TS packet has
a4-byte TP_Extra_Header affixed thereto to build a 192-byte
source packet, which is to be written as the multiplexed data.
The TP_Extra_Header contains information such as an Arriv-
al_Time_Stamp (ATS). The ATS indicates a time for starring
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transfer of the TS packet to the PID filter of a decoder. The
multiplexed data are made up of source packets arranged as
indicated in the bottom tier of FIG. 41. A SPN (source packet
number) is incremented for each packet, beginning at the
head of the multiplexed data.

In addition to the video streams, audio streams, presenta-
tion graphics streams, and the like, the TS packets included in
the multiplexed data also include a PAT (Program Association
Table), a PMT (Program Map Table), a PCR (Program Clock
Reference) and so on. The PAT indicates the PID of a PMT
used in the multiplexed data, and the PID of the PAT itself is
registered as 0. The PMT includes PIDs identifying the
respective streams, such as video, audio and subtitles, con-
tained in the multiplexed data and attribute information
(frame rate, aspect ratio, and the like) of the streams identified
by the respective PIDs. In addition, the PMT includes various
types of descriptors relating to the multiplexed data. One such
descriptor may be copy control information indicating
whether or not copying of the multiplexed data is permitted.
The PCR includes information for synchronizing the ATC
(Arrival Time Clock) serving as the chronological axis of the
ATS to the STC (System Time Clock) serving as the chrono-
logical axis of the PTS and DTS. Each PCR packet includes
an STC time corresponding to the ATS at which the packet is
to be transferred to the decoder.

FIG. 42 illustrates the detailed data configuration of a PMT.
The PMT starts with a PMT header indicating the length of
the data contained in the PMT. Following the PMT header,
descriptors pertaining to the multiplexed data are arranged.
One example of a descriptor included in the PMT is the copy
control information described above. Following the descrip-
tors, stream information pertaining to the respective streams
included in the multiplexed data is arranged. Each piece of
stream information is composed of stream descriptors indi-
cating a stream type identifying a compression codec
employed for a corresponding stream, a PID for the stream,
and attribute information (frame rate, aspect ratio, and the
like) of the stream. The PMT includes the same number of
stream descriptors as the number of streams included in the
multiplexed data.

When recorded onto a recoding medium or the like, the
multiplexed data are recorded along with a multiplexed data
information file.

FIG. 43 illustrates a sample configuration for the multi-
plexed data information file. As shown, the multiplexed data
information file is management information for the multi-
plexed data, is provided in one-to-one correspondence with
the multiplexed data, and is made up of multiplexed data
information, stream attribute information, and an entry map.

The multiplexed data information is made up of a system
rate, a playback start time, and a playback end time. The
system rate indicates the maximum transfer rate of the mul-
tiplexed data to the PID filter of a later-described system
target decoder. The multiplexed data includes ATS at an inter-
val set so as not to exceed the system rate. The playback start
time is set to the time specified by the PTS of the first video
frame in the multiplexed data, whereas the playback end time
is set to the time calculated by adding the playback duration of
one frame to the PTS of the last video frame in the multi-
plexed data.

FIG. 44 illustrates a sample configuration for the stream
attribute information included in the multiplexed data infor-
mation file. As shown, the stream attribute information is
attribute information for each stream included in the multi-
plexed data, registered for each PID. That is, different pieces
of attribute information are provided for different streams,
namely for the video streams, the audio streams, the presen-
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tation graphics streams, and the interactive graphics streams.
The video stream attribute information indicates the com-
pression codec employed to compress the video stream, the
resolution of individual pictures constituting the video
stream, the aspect ratio, the frame rate, and so on. The audio
stream attribute information indicates the compression codec
employed to compress the audio stream, the number of chan-
nels included in the audio stream, the language of the audio
stream, the sampling frequency, and so on. This information
is used to initialize the decoder before playback by a player.

Inthe present Embodiment, the stream type included in the
PMT is used among the information included in the multi-
plexed data. When the multiplexed data are recorded on a
recording medium, the video stream attribute information
included in the multiplexed data information file is used.
Specifically, the video coding method and device described in
any of the above Embodiments may be modified to addition-
ally include a step or unit of setting a specific piece of infor-
mation in the stream type included in the PMT or in the video
stream attribute information. The specific piece of informa-
tion is for indicating that the video data are generated by the
video coding method and device described in the Embodi-
ment. According to such a structure, video data generated by
the video coding method and device described in any of the
above Embodiments is distinguishable from video data com-
pliant with other standards.

FIG. 45 illustrates a sample configuration of an audiovisual
output device 4500 that includes a reception device 4504
receiving a modulated signal that includes audio and video
data transmitted by a broadcaster (base station) or data
intended for broadcasting. The configuration of the reception
device 4504 corresponds to the reception device 3700 from
FIG. 37. The audiovisual output device 4500 incorporates, for
example, an OS (Operating System), or incorporates a com-
munication device 4506 for connecting to the Internet (e.g., a
communication device intended for a wireless LAN (Local
Area Network) or for Ethernet™). As such, a video display
unit 4501 is able to simultaneously display audio and video
data, or video in video data for broadcast 4502, and hypertext
4503 (from the World Wide Web) provided over the Internet.
By operating a remote control 4507 (alternatively, a mobile
phone or keyboard), either of the video in video data for
broadcast 4502 and the hypertext 4503 provided over the
Internet may be selected to change operations. For example,
when the hypertext 4503 provided over the Internet is
selected, the website displayed may be changed by remote
control operations. When audio and video data, or video in
video data for broadcast 4502 is selected, information from a
selected channel (selected (television) program or audio
broadcast) may be transmitted by the remote control 4507. As
such, an interface 4505 obtains the information transmitted
by the remote control. The reception device 4504 performs
processing such as demodulation and error-correction corre-
sponding to the selected channel, thereby obtaining the
received data. At this point, the reception device 4504 obtains
control symbol information that includes information on the
transmission method (as described using FIG. 5) from control
symbols included the signal corresponding to the selected
channel. As such, the reception device 4504 is able to cor-
rectly set the reception operations, demodulation scheme,
error-correction method and so on, thus enabling the data
included in the data symbols transmitted by the broadcaster
(base station) to be obtained. Although the above description
is given for an example of the user using the remote control
4507, the same operations apply when the user presses a
selection key embedded in the audiovisual output device
4500 to select a channel.
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In addition, the audiovisual output device 4500 may be
operated using the Internet. For example, the audiovisual
output device 4500 may be made to record (store) a program
through another terminal connected to the Internet. (Accord-
ingly, the audiovisual output device 4500 should include the
drive 3708 from FIG. 37.) The channel is selected before
recording begins. As such, the reception device 4504 per-
forms processing such as demodulation and error-correction
corresponding to the selected channel, thereby obtaining the
received data. At this point, the reception device 4504 obtains
control symbol information that includes information on the
transmission method (the transmission method, modulation
scheme, error-correction method, and so on from the above-
described Embodiments) (as described using FIG. 5) from
control symbols included the signal corresponding to the
selected channel. As such, the reception device 4504 is able to
correctly set the reception operations, demodulation scheme,
error-correction method and so on, thus enabling the data
included in the data symbols transmitted by the broadcaster
(base station) to be obtained.

(Supplement)

The present description considers a communications/
broadcasting device such as a broadcaster, a base station, an
access point, a terminal, a mobile phone, or the like provided
with the transmission device, and a communications device
such as a television, radio, terminal, personal computer,
mobile phone, access point, base station, or the like provided
with the reception device. The transmission device and the
reception device pertaining to the present invention are com-
munication devices in a form able to execute applications,
such as a television, radio, personal computer, mobile phone,
or similar, through connection to some sort of interface (e.g.,
USB).

Furthermore, in the present Embodiment, symbols other
than data symbols, such as pilot symbols (namely preamble,
unique word, postamble, reference symbols, scattered pilot
symbols and so on), symbols intended for control informa-
tion, and so on may be freely arranged within the frame.
Although pilot symbols and symbols intended for control
information are presently named, such symbols may be freely
named otherwise as the function thereof remains the impor-
tant consideration.

Provided that a pilot symbol, for example, is a known
symbol modulated with PSK modulation in the transmitter
and receiver (alternatively, the receiver may be synchronized
such that the receiver knows the symbols transmitted by the
transmitter), the receiver is able to use this symbol for fre-
quency synchronization, time synchronization, channel esti-
mation (CSI (Channel State Information) estimation for each
modulated signal), signal detection, and the like.

The symbols intended for control information are symbols
transmitting information (such as the modulation scheme,
error-correcting coding method, coding rate of error-correct-
ing codes, and setting information for the top layer used in
communications) that is transmitted to the receiving party in
order to execute transmission of non-data (i.e., applications).

The present invention is not limited to the Embodiments,
but may also be realized in various other ways. For example,
while the above Embodiments describe communication
devices, the present invention is not limited to such devices
and may be implemented as software for the corresponding
communications method.

Although the above-described Embodiments describe
phase changing methods for methods of transmitting two
modulated signals from two antennas, no limitation is
intended in this regard. Precoding and a change of phase may
be performed on four signals that have been mapped to gen-
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erate four modulated signals transmitted using four antennas.
That is, the present invention is applicable to performing a
change of phase on N signals that have been mapped and
precoded to generate N modulated signals transmitted using
N antennas.

Although the above-described Embodiments describe
examples of systems where two modulated signals are trans-
mitted from two antennas and received by two respective
antennas in a MIMO communications system, the present
invention is not limited in this regard and is also applicable to
MISO (Multiple Input Single Output) communications sys-
tems. In a MISO system, the reception device does not
include antenna 701_Y, wireless unit 703_Y, channel fluctua-
tion estimator 707_1 for modulated signal z1, and channel
fluctuation estimator 707_2 for modulated signal 72 from
FIG. 7. However, the processing described in Embodiment 1
may still be executed to estimate rl and r2. Technology for
receiving and decoding a plurality of signals transmitted
simultaneously at a common frequency are received by a
single antenna is widely known. The present invention is
additional processing supplementing conventional technol-
ogy for a signal processor reverting a phase changed by the
transmitter.

Although the present invention describes examples of sys-
tems where two modulated signals are transmitted from two
antennas and received by two respective antennas in a MIMO
communications system, the present invention is not limited
in this regard and is also applicable to MISO systems. In a
MISO system, the transmission device performs precoding
and change of phase such that the points described thus far are
applicable. However, the reception device does not include
antenna 701_Y, wireless unit 703_Y, channel fluctuation esti-
mator 707_1 for modulated signal z1, and channel fluctuation
estimator 707_2 for modulated signal z2 from FIG. 7. How-
ever, the processing described in the present description may
still be executed to estimate the data transmitted by the trans-
mission device. Technology for receiving and decoding a
plurality of signals transmitted simultaneously at a common
frequency are received by a single antenna is widely known (a
single-antenna receiver may apply ML operations (Max-log
APP or similar)). The present invention may have the signal
processor 711 from FIG. 7 perform demodulation (detection)
by taking the precoding and change of phase applied by the
transmitter into consideration.

The present description uses terms such as precoding, pre-
coding weights, precoding matrix, and so on. The terminol-
ogy itself may be otherwise (e.g., may be alternatively termed
a codebook) as the key point of the present invention is the
signal processing itself.

Furthermore, although the present description discusses
examples mainly using OFDM as the transmission method,
the invention is not limited in this manner. Multi-carrier meth-
ods other than OFDM and single-carrier methods may all be
used to achieve similar Embodiments. Here, spread-spectrum
communications may also be used. When single-carrier
methods are used, the change of phase is performed with
respect to the time domain.

In addition, although the present description discusses the
use of ML operations, APP, Max-log APP, ZF, MMSE and so
on by the reception device, these operations may all be gen-
eralized as wave detection, demodulation, detection, estima-
tion, and demultiplexing as the soft decision results (log-
likelihood and log-likelihood ratio) and the hard decision
results (zeroes and ones) obtained thereby are the individual
bits of data transmitted by the transmission device.
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Different data may be transmitted by each stream s1(t) and
s2(t) (sl(i), s2(i)), or identical data may be transmitted
thereby.

The two stream baseband signals s1(i) and s2(i) (where i
indicates sequence (with respect to time or (carrier) fre-
quency)) undergo precoding and a regular change of phase
(the order of operations may be freely reversed) to generate
two post-processing baseband signals z1(i) and z2(i). For
post-processing baseband signal z1(i), the in-phase compo-
nent [ is [, (i) while the quadrature componentis Q, (i), and for
post processing baseband signal z2(i), the in-phase compo-
nent is I, (i) while the quadrature component is Q,(i). The
baseband components may be switched, as long as the fol-
lowing holds.

Let the in-phase component and the quadrature component

of switched baseband signal r1(i) be I,(i) and Q,(i), and the
in-phase component and the quadrature component of
switched baseband signal r2(i) be 1,(i) and Q,(i).
The modulated signal corresponding to switched baseband
signal r1(i) is transmitted by transmit antenna 1 and the modu-
lated signal corresponding to switched baseband signal r2(i)
is transmitted from transmit antenna 2, simultaneously on a
common frequency. As such, the modulated signal corre-
sponding to switched baseband signal r1(i) and the modulated
signal corresponding to switched baseband signal r2(i) are
transmitted from different antennas, simultaneously on a
common frequency. Alternatively,

For switched baseband signal r1(i), the in-phase compo-
nent may be I, (i) while the quadrature component may
be 1,(i), and for switched baseband signal r2(i), the in-
phase component may be Q,(i) while the quadrature
component may be Q,(i).

For switched baseband signal r1(i), the in-phase compo-
nent may be 1,(i) while the quadrature component may
be I, (i), and for switched baseband signal r2(i), the in-
phase component may be Q,(i) while the quadrature
component may be Q,(i).

For switched baseband signal r1(i), the in-phase compo-
nent may be I, (i) while the quadrature component may
be 1,(i), and for switched baseband signal r2(i), the in-
phase component may be Q,(i) while the quadrature
component may be Q, ().

For switched baseband signal r1(i), the in-phase compo-
nent may be 1,(i) while the quadrature component may
be I, (i), and for switched baseband signal r2(i), the in-
phase component may be Q,(i) while the quadrature
component may be Q, ().

For switched baseband signal r1(i), the in-phase compo-
nent may be I, (i) while the quadrature component may
be Q,(i), and for switched baseband signal r2(i), the
in-phase component may be Q, (i) while the quadrature
component may be 1,(i).

For switched baseband signal r1(i), the in-phase compo-
nent may be Q,(i) while the quadrature component may
be I, (i), and for switched baseband signal r2(i), the in-
phase component may be I,(i) while the quadrature
component may be Q,(i).

For switched baseband signal r1(i), the in-phase compo-
nent may be Q,(i) while the quadrature component may
be I, (i), and for switched baseband signal r2(i), the in-
phase component may be Q,(i) while the quadrature
component may be 1,(i).

For switched baseband signal r2(i), the in-phase compo-
nent may be I, (i) while the quadrature component may
be 1,(i), and for switched baseband signal r1(i), the in-
phase component may be Q,(i) while the quadrature
component may be Q2(i).
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For switched baseband signal r2(i), the in-phase compo-
nent may be I,(i) while the quadrature component may
be I, (i), and for switched baseband signal r1(i), the in-
phase component may be Q,(i) while the quadrature
component may be Q,(i).

For switched baseband signal r2(i), the in-phase compo-
nent may be I, (i) while the quadrature component may
be 1,(i), and for switched baseband signal r1(i), the in-
phase component may be Q,(i) while the quadrature
component may be Q1(i).

For switched baseband signal r2(i), the in-phase compo-
nent may be I,(i) while the quadrature component may
be I, (i), and for switched baseband signal r1(i), the in-
phase component may be Q,(i) while the quadrature
component may be Q,(i).

For switched baseband signal r2(i), the in-phase compo-
nent may be I, (i) while the quadrature component may
be Q,(i), and for switched baseband signal rl(i), the
in-phase component may be 1,(i) while the quadrature
component may be Q,(i).

For switched baseband signal r2(i), the in-phase compo-
nent may be I, (i) while the quadrature component may
be Q,(i), and for switched baseband signal rl(i), the
in-phase component may be Q, (i) while the quadrature
component may be I,(i).

For switched baseband signal r2(i), the in-phase compo-
nent may be Q,(i) while the quadrature component may
be I, (i), and for switched baseband signal r1(i), the in-
phase component may be I,(i) while the quadrature
component may be Q,(i).

For switched baseband signal r2(i), the in-phase compo-
nent may be Q,(i) while the quadrature component may
be I, (i), and for switched baseband signal r1(i), the in-
phase component may be Q,(i) while the quadrature
component may be I,(i).

Alternatively, although the above description discusses
performing two types of signal processing on both stream
signals so as to switch the in-phase component and quadra-
ture component of the two signals, the invention is not limited
in this manner. The two types of signal processing may be
performed on more than two streams, so as to switch the
in-phase component and quadrature component thereof.

Alter, while the above examples describe switching per-
formed on baseband signals having a common timestamp
(common (sub-)carrier) frequency), the baseband signals
being switched need not necessarily have a common times-
tamp (common (sub-)carrier) frequency). For example, any
of the following are possible.

For switched baseband signal rl1(i), the in-phase compo-
nent may be I,(i+v) while the quadrature component
may be Q,(i+w), and for switched baseband signal r2(i),
the in-phase component may be I,(i+w) while the
quadrature component may be Q, (i+v).

For switched baseband signal rl1(i), the in-phase compo-
nent may be I,(i+v) while the quadrature component
may be Q,(i+w), and for switched baseband signal r2(i),
the in-phase component may be Q,(i+v) while the
quadrature component may be Q,(i+w).

For switched baseband signal rl1(i), the in-phase compo-
nent may be I,(i+v) while the quadrature component
may be Q, (i+w), and for switched baseband signal r2(i),
the in-phase component may be Q,(i+v) while the
quadrature component may be Q,(i+w).

For switched baseband signal rl1(i), the in-phase compo-
nent may be I,(i+v) while the quadrature component
may be Q,(i+w), and for switched baseband signal r2(i),
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the in-phase component may be Q,(i+w) while the
quadrature component may be Q, (i+v).

For switched baseband signal r1(i), the in-phase compo-
nent may be L,(i+v) while the quadrature component
may be Q, (i+w), and for switched baseband signal r2(i),
the in-phase component may be Q,(i+w) while the
quadrature component may be Q, (i+v).

For switched baseband signal r1(i), the in-phase compo-
nent may be I,(i+v) while the quadrature component
may be Q,(i+w), and for switched baseband signal r2(i),
the in-phase component may be Q,(i+v) while the
quadrature component may be L,(i+w).

For switched baseband signal r1(i), the in-phase compo-
nent may be Q,(i+w) while the quadrature component
may be I,(i+v), and for switched baseband signal r2(i),
the in-phase component may be I,(i+w) while the
quadrature component may be Q, (i+v).

For switched baseband signal r1(i), the in-phase compo-
nent may be Q,(i+w) while the quadrature component
may be I,(i+v), and for switched baseband signal r2(i),
the in-phase component may be Q,(i+v) while the
quadrature component may be L,(i+w).

For switched baseband signal r2(i), the in-phase compo-
nent may be I,(i+v) while the quadrature component
may be Q,(i+w), and for switched baseband signal r1(i),
the in-phase component may be Q,(i+v) while the
quadrature component may be Q,(i+w).

For switched baseband signal r2(i), the in-phase compo-
nent may be L,(i+v) while the quadrature component
may be Q, (i+w), and for switched baseband signal r1(i),
the in-phase component may be Q,(i+v) while the
quadrature component may be Q,(i+w).

For switched baseband signal r2(i), the in-phase compo-
nent may be I,(i+v) while the quadrature component
may be Q,(i+w), and for switched baseband signal r1(i),
the in-phase component may be Q,(i+w) while the
quadrature component may be Q, (i+v).

For switched baseband signal r2(i), the in-phase compo-
nent may be L,(i+v) while the quadrature component
may be Q, (i+w), and for switched baseband signal r1(i),
the in-phase component may be Q,(i+w) while the
quadrature component may be Q, (i+v).

For switched baseband signal r2(i), the in-phase compo-
nent may be I,(i+v) while the quadrature component
may be Q,(i+w), and for switched baseband signal r1(i),
the in-phase component may be I,(i+w) while the
quadrature component may be Q, (i+v).

For switched baseband signal r2(i), the in-phase compo-
nent may be I,(i+v) while the quadrature component
may be Q,(i+w), and for switched baseband signal r1(i),
the in-phase component may be Q,(i+v) while the
quadrature component may be L,(i+w).

For switched baseband signal r2(i), the in-phase compo-
nent may be Q,(i+w) while the quadrature component
may be I,(i+v), and for switched baseband signal r1(i),
the in-phase component may be I,(i+w) while the
quadrature component may be Q, (i+v).

For switched baseband signal r2(i), the in-phase compo-
nent may be Q,(i+w) while the quadrature component
may be I,(i+v), and for switched baseband signal r1(i),
the in-phase component may be Q,(i+v) while the
quadrature component may be L,(i+w).

FIG. 55 illustrates a baseband signal switcher 5502
explaining the above. As shown, of the two processed base-
band signals z1(i) 5501_1 and 7z2(i) 5501_2, processed base-
band signal z1(i) 5501_1 has in-phase component I, (i) and
quadrature component Q, (i), while processed baseband sig-

10

15

20

25

30

35

40

45

50

55

60

65

62

nal z2(i) 5501_2 has in-phase component [,(i) and quadrature
component Q,(i). Then, after switching, switched baseband
signal r1(1) 5503_1 has in-phase component I, (i) and quadra-
ture component Q,, (i), while switched baseband signal r2(i)
5503_2 has in-phase component 1.,(i) and quadrature com-
ponent Q,,(i). The in-phase component 1., (i) and quadrature
component Q,, (i) of switched baseband signal r1(i) 5503_1
and the in-phase component I ,(i) and quadrature component
Q,,(1) of switched baseband signal r2(i) 5503_2 may be
expressed as any of the above. Although this example
describes switching performed on baseband signals having a
common timestamp (common ((sub-)carrier) frequency) and
having undergone two types of signal processing, the same
may be applied to baseband signals having undergone two
types of signal processing but having different timestamps
(different ((sub-)carrier) frequencies).

Each of the transmit antennas of the transmission device
and each of the receive antennas of the reception device
shown in the figures may be formed by a plurality of antennas.

The present description uses the symbol V¥, which is the
universal quantifier, and the symbol 3, which is the existential
quantifier.

Furthermore, the present description uses the radian as the
unit of phase in the complex plane, e.g., for the argument
thereof.

When dealing with the complex plane, the coordinates of
complex numbers are expressible by way of polar coordi-
nates. For a complex number z=a+jb (where a and b are real
numbers and j is the imaginary unit), the corresponding point
(a, b) on the complex plane is expressed with the polar coor-
dinates [r, 6], converted as follows:

a=rxcos 0
b=rxsin O
[Math. 49]

=V 2+

where r is the absolute value of z (r=lzl), and 0 is the
argument thereof. As such, z=a+jb is expressible as re’®.

In the present invention, the baseband signals s1, s2, z1,
and 72 are described as being complex signals. A complex
signal made up of in-phase signal I and quadrature signal Q is
also expressible as complex signal [+jQ. Here, either of I and
Q may be equal to zero.

FIG. 46 illustrates a sample broadcasting system using the
phase changing method described in the present description.
As shown, a video encoder 4601 takes video as input, per-
forms video encoding, and outputs encoded video data 4602.
An audio encoder 4603 takes audio as input, performs audio
encoding, and outputs encoded audio data 4604. A data
encoder 4605 takes data as input, performs data encoding
(e.g., data compression), and outputs encoded data 4606.
Taken as a whole, these components form a source informa-
tion encoder 4600.

A transmitter 4607 takes the encoded video data 4602, the
encoded audio data 4604, and the encoded data 4606 as input,
performs error-correcting coding, modulation, precoding,
and phase changing (e.g., the signal processing by the trans-
mission device from FIG. 3) on a subset of or on the entirety
of these, and outputs transmit signals 4608_1 through
4608_N. Transmit signals 4608_1 through 4608_N are then
transmitted by antennas 4609_1 through 4609_N as radio
waves.

A receiver 4612 takes received signals 4611_1 through
4611_M received by antennas 4610_1 through 4610_M as

(formula 49)
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input, performs processing such as frequency conversion,
change of phase, decoding of the precoding, log-likelihood
ratio calculation, and error-correcting decoding (e.g., the pro-
cessing by the reception device from FIG. 7), and outputs
received data 4613, 4615, and 4617. A source information
decoder 4619 takes the received data 4613, 4615, and 4617 as
input. A video decoder 4614 takes received data 4613 as
input, performs video decoding, and outputs a video signal.
The video is then displayed on a television display. An audio
decoder 4616 takes received data 4615 as input. The audio
decoder 4616 performs audio decoding and outputs an audio
signal. the audio is then played through speakers. A data
decoder 4618 takes received data 4617 as input, performs data
decoding, and outputs information.

In the above-described Embodiments pertaining to the
present invention, the number of encoders in the transmission
device using a multi-carrier transmission method such as
OFDM may be any number, as described above. Therefore, as
in FIG. 4, for example, the transmission device may have only
one encoder and apply a method of distributing output to the
multi-carrier transmission method such as OFDM. In such
circumstances, the wireless units 310A and 310B from FIG. 4
should replace the OFDM-related processors 1301A and
1301B from FIG. 12. The description of the OFDM-related
processors is as given for Embodiment 1.

Although Embodiment 1 gives Math. 36 (formula 36) as an
example of a precoding matrix, another precoding matrix
may also be used, when the following method is applied.

[Math. 50]
e axel” ] (formula 50)

(Wll WIZ] 1
w2l w22) " ezl |l axe® e

In the precoding matrices of Math. 36 (formula 36) and
Math. 50 (formula 50), the value of . is set as given by Math.
37 (formula 37) and Math. 38 (formula 38). However, no
limitation is intended in this manner. A simple precoding
matrix is obtainable by setting a=1, which is also a valid
value.

In Embodiment A1, the phase changers from FIGS. 3, 4, 6,
12,25, 29, 51, and 53 are indicated as having a phase chang-
ing value of PHASE][i] (where i=0, 1, 2, . . . , N=2, N-1 (i
being an integer between 0 and N-1)) to achieve a period
(cycle) of N (value reached given that FIGS. 3,4, 6,12, 25, 29,
51, and 53 perform a change of phase on only one baseband
signal). The present description discusses performing a
change of phase on one precoded baseband signal (i.e., in
FIGS. 3, 4, 6, 12, 25, 29, 51 and 53) namely on precoded
baseband signal z2'. Here, PHASE[k] is calculated as follows.

[Math. 51]

pled i (formula 51)
PHASE[4] = ~ radians

wherek=0, 1,2, ...,N-2,N-1 (k being an integer between
0 and N-1). When N=5, 7, 9, 11, or 15, the reception device
is able to obtain good data reception quality.

Although the present description discusses the details of
phase changing methods involving two modulated signals
transmitted by a plurality of antennas, no limitation is
intended in this regard. Precoding and a change of phase may
be performed on three or more baseband signals on which
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mapping has been performed according to a modulation
scheme, followed by predetermined processing on the post-
phase change baseband signals and transmission using a plu-
rality of antennas, to realize the same results.

Programs for executing the above transmission method
may, for example, be stored in advance in ROM (Read-Only
Memory) and be read out for operation by a CPU.

Furthermore, the programs for executing the above trans-
mission method may be stored on a computer-readable
recording medium, the programs stored in the recording
medium may be loaded in the RAM (Random Access
Memory) of the computer, and the computer may be operated
in accordance with the programs.

The components of the above-described Embodiments
may be typically assembled as an LSI (Large Scale Integra-
tion), a type of integrated circuit. Individual components may
respectively be made into discrete chips, or a subset or
entirety of the components may be made into a single chip.
Although an [.S1is mentioned above, the terms IC (Integrated
Circuit), system LSI, super LSI, or ultra LSI may also apply,
depending on the degree of integration. Furthermore, the
method of integrated circuit assembly is not limited to LSI. A
dedicated circuit or a general-purpose processor may be used.
After LSI assembly, a FPGA (Field Programmable Gate
Array) or reconfigurable processor may be used.

Furthermore, should progress in the field of semiconduc-
tors or emerging technologies lead to replacement of LSI with
other integrated circuit methods, then such technology may of
course be used to integrate the functional blocks. Applica-
tions to biotechnology are also plausible.

Embodiment C1

Embodiment 1 explained that the precoding matrix in use
may be switched when transmission parameters change. The
present Embodiment describes a detailed example of such a
case, where, as described above (in the supplement), the
transmission parameters change such that streams s1(t) and
s2(t) switch between transmitting different data and transmit-
ting identical data, and the precoding matrix and phase chang-
ing method being used are switched accordingly.

The example of the present Embodiment describes a situ-
ation where two modulated signals transmitted from two
different transmit antenna alternate between having the
modulated signals include identical data and having the
modulated signals each include different data.

FIG. 56 illustrates a sample configuration of a transmission
device switching between transmission methods, as
described above. In FIG. 56, components operating in the
manner described for FIG. 54 use identical reference num-
bers. As shown, FIG. 56 differs from FIG. 54 in that a dis-
tributor 404 takes the frame configuration signal 313 as input.
The operations of the distributor 404 are described using FIG.
57.

FIG. 57 illustrates the operations of the distributor 404
when transmitting identical data and when transmitting dif-
ferent data. As shown, given encoded data x1, X2, X3, x4, x5,
x6, and so on, when transmitting identical data, distributed
data 405 is given as x1, x2, x3, x4, x5, x6, and so on, while
distributed data 405B is similarly given as x1, X2, X3, x4, x5,
x6, and so on.

On the other hand, when transmitting different data, dis-
tributed data 405A are given as x1, x3, x5, x7, X9, and so on,
while distributed data 405B are given as x2, x4, x6, x8, x10,
and so on.
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The distributor 404 determines, according to the frame
configuration signal 313 taken as input, whether the transmis-
sion mode is identical data transmission or different data
transmission.

An alternative method to the above is shown in FIG. 58. As
shown, when transmitting identical data, the distributor 404
outputs distributed data 405A as x1,x2, x3, x4, x5, x6, and so
on, while outputting nothing as distributed data 405B.
Accordingly, when the frame configuration signal 313 indi-
cates identical data transmission, the distributor 404 operates
as described above, while interleaver 304B and mapper 3068
from FIG. 56 do not operate. Thus, only baseband signal
307A output by mapper 306A from FIG. 56 is valid, and is
taken as input by both weighting unit 308A and 308B.

One characteristic feature of the present Embodiment is
that, when the transmission mode switches from identical
data transmission to different data transmission, the precod-
ing matrix may also be switched. As indicated by Math. 36
(formula 36) and Math. 39 (formula 39) in Embodiment 1,
given a matrix made up of wll, w12, w21, and w22, the
precoding matrix used to transmit identical data may be as
follows.

[Math. 52]
(Wll WIZ] (a 0]
w2l w22) \0 a

where a is a real number (a may also be a complex number,
but given that the baseband signal input as a result of precod-
ing undergoes a change of phase, a real number is preferable
for considerations of circuit size and complexity reduction).
Also, when a is equal to one, the weighting units 308A and
308B do not perform weighting and output the input signal
as-is.

Accordingly, when transmitting identical data, the
weighted baseband signals 309A and 316B are identical sig-
nals output by the weighting units 308 A and 308B.

When the frame configuration signal 313 indicates identi-
cal transmission mode, a phase changer 5201 performs a
change of phase on weighted baseband signal 309A and out-
puts post-phase change baseband signal 5202. Similarly,
when the frame configuration signal indicates identical trans-
mission mode, phase changer 317B performs a change of
phase on weighted baseband signal 316B and outputs post-
phase change baseband signal 309B. The change of phase
performed by phase changer 5201 is of & (alternatively,
&40 or &) (where t is time and f is frequency) (accord-
ingly, &1® (alternatively, &*? or 4*?) is the value by which
the input baseband signal is multiplied), and the change of
phase performed by phase changer 317B is of & (alterna-
tively, &Y or &) (where t is time and f is frequency)
(accordingly, & (alternatively, % or &) is the value
by which the input baseband signal is multiplied). As such,
the following condition is satisfied.

Some time t satisfies

AW B

(formula 52)

[Math. 53]

(Or, some (carrier) frequency f satisfies &Pxe?)

(Or, some (carrier) frequency f and time t satisfy
AU LB

As such, the transmit signal is able to reduce multi-path
influence and thereby improve data reception quality for the
reception device. (However, the change of phase may also be
performed by only one of the weighted baseband signals
309A and 316B.)
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In FIG. 56, when OFDM is used, processing such as IFFT
and frequency conversion is performed on post-phase change
baseband signal 5202, and the result is transmitted by a trans-
mit antenna. (See FIG. 13) (Accordingly, post-phase change
baseband signal 5202 may be considered the same as signal
1301A from FIG. 13.) Similarly, when OFDM is used, pro-
cessing such as IFFT and frequency conversion is performed
on post-phase change baseband signal 309B, and the result is
transmitted by a transmit antenna. (See FIG. 13) (Accord-
ingly, post-phase change baseband signal 309B may be con-
sidered the same as signal 1301B from FIG. 13.)

When the selected transmission mode indicates different
data transmission, then any of Math. 36 (formula 36), Math.
39 (formula 39), and Math. 50 (formula 50) given in Embodi-
ment 1 may apply. Significantly, the phase changers 5201 and
317B from FIG. 56 use a different phase changing method
than when transmitting identical data. Specifically, as
described in Embodiment 1, for example, phase changer 5201
performs the change of phase while phase changer 317B does
not, or phase changer 317B performs the change of phase
while phase changer 5201 does not. Only one of the two phase
changers performs the change of phase. As such, the recep-
tion device obtains good data reception quality in the LOS
environment as well as the NLOS environment.

When the selected transmission mode indicates different
data transmission, the precoding matrix may be as given in
Math. 52 (formula 52), or as given in any of Math. 36 (formula
36), Math. 50 (formula 50), and Math. 39 (formula 39), or
may be a precoding matrix unlike that given in Math. 52
(formula 52). Thus, the reception device is especially likely to
experience improvements to data reception quality in the
LOS environment.

Furthermore, although the present Embodiment discusses
examples using OFDM as the transmission method, the
invention is not limited in this manner. Multi-carrier methods
other than OFDM and single-carrier methods may all be used
to achieve similar Embodiments. Here, spread-spectrum
communications may also be used. When single-carrier
methods are used, the change of phase is performed with
respect to the time domain.

As explained in Embodiment 3, when the transmission
method involves different data transmission, the change of
phase is carried out on the data symbols, only. However, as
described in the present Embodiment, when the transmission
method involves identical data transmission, then the change
of'phase need not be limited to the data symbols but may also
be performed on pilot symbols, control symbols, and other
such symbols inserted into the transmission frame of the
transmit signal. (The change of phase need not always be
performed on symbols such as pilot symbols and control
symbols, though doing so is preferable in order to achieve
diversity gain.)

Embodiment C2

The present Embodiment describes a configuration
method for a base station corresponding to Embodiment C1.

FIG. 59 illustrates the relationship of a base stations
(broadcasters) to terminals. A terminal P (5907) receives
transmit signal 5903 A transmitted by antenna 5904A and
transmit signal 5905A transmitted by antenna 5906A of
broadcaster A (5902A), then performs predetermined pro-
cessing thereon to obtained received data.

A terminal Q (5908) receives transmit signal 5903 A trans-
mitted by antenna 5904A of base station A (5902A) and
transmit signal 593B transmitted by antenna 5904B of base
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station B (5902B), then performs predetermined processing
thereon to obtained received data.

FIGS. 60 and 61 illustrate the frequency allocation of base
station A (5902A) for transmit signals 5903A and 5905A
transmitted by antennas 5904 A and 5906 A, and the frequency
allocation of base station B (5902B) for transmit signals
5903B and 5905B transmitted by antennas 5904B and
5906B. In FIGS. 60 and 61, frequency is on the horizontal
axis and transmission power is on the vertical axis.

As shown, transmit signals 5903 A and 5905A transmitted
by base station A (5902A) and transmit signals 5903B and
59058 transmitted by base station B (5902B) use at least
frequency band X and frequency bandY. Frequency band X is
used to transmit data of a first channel, and frequency band Y
is used to transmit data of a second channel.

Accordingly, terminal P (5907) receives transmit signal
5903 A transmitted by antenna 5904A and transmit signal
5905A transmitted by antenna 5906A of base station A
(5902A), extracts frequency band X therefrom, performs pre-
determined processing, and thus obtains the data of the first
channel. Terminal Q (5908) receives transmit signal 5903A
transmitted by antenna 5904 A of base station A (5902A) and
transmit signal 5903B transmitted by antenna 5904B of base
station B (5902B), extracts frequency band Y therefrom, per-
forms predetermined processing, and thus obtains the data of
the second channel.

The following describes the configuration and operations
of base station A (5902A) and base station B (5902B).

As described in Embodiment C1, both base station A
(5902A) and base station B (5902B) incorporate a transmis-
sion device configured as illustrated by FIGS. 56 and 13.
When transmitting as illustrated by FIG. 60, base station A
(5902A) generates two different modulated signals (on which
precoding and a change of phase are performed) with respect
to frequency band X as described in Embodiment C1. The two
modulated signals are respectively transmitted by the anten-
nas 5904 A and 5906 A. With respect to frequency bandY, base
station A (5902A) operates interleaver 304A, mapper 306 A,
weighting unit 308A, and phase changer from FIG. 56 to
generate modulated signal 5202. Then, a transmit signal cor-
responding to modulated signal 5202 is transmitted by
antenna 1310A from FIG. 13, i.e., by antenna 5904 A from
FIG. 59. Similarly, base station B (5902B) operates inter-
leaver 304A, mapper 306 A, weighting unit 308A, and phase
changer 5201 from FIG. 56 to generate modulated signal
5202. Then, a transmit signal corresponding to modulated
signal 5202 is transmitted by antenna 1310A from FIG. 13,
i.e., by antenna 5904B from FIG. 59.

The creation of encoded data in frequency band Y may
involve, as shown in FIG. 56, generating encoded data in
individual base stations, or may involve having one of the
base stations generate such encoded data for transmission to
other base stations. As an alternative method, one of the base
stations may generate modulated signals and be configured to
pass the modulated signals so generated to other base stations.

Also, in FIG. 59, signal 5901 includes information pertain-
ing to the transmission mode (identical data transmission or
different data transmission). The base stations obtain this
signal and thereby switch between generation methods for the
modulated signals in each frequency band. Here, signal 5901
is indicated in FIG. 59 as being input from another device or
from a network. However, configurations where, for example,
base station A (5902) is a master station passing a signal
corresponding to signal 5901 to base station B (5902B) are
also possible.
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As explained above, when the base station transmits dif-
ferent data, the precoding matrix and phase changing method
are set according to the transmission method to generate
modulated signals.

On the other hand, to transmit identical data, two base
stations respectively generate and transmit modulated sig-
nals. In such circumstances, base stations each generating
modulated signals for transmission from a common antenna
may be considered to be two combined base stations using the
precoding matrix given by Math. 52 (formula 52). The phase
changing method is as explained in Embodiment C1, for
example, and satisfies the conditions of Math. 53 (formula
53).

In addition, the transmission method of frequency band X
and frequency band Y may vary over time. Accordingly, as
illustrated in FIG. 61, as time passes, the frequency allocation
changes from that indicated in FIG. 60 to that indicated in
FIG. 61.

According to the present Embodiment, not only can the
reception device obtain improved data reception quality for
identical data transmission as well as different data transmis-
sion, but the transmission devices can also share a phase
changer.

Furthermore, although the present Embodiment discusses
examples using OFDM as the transmission method, the
invention is not limited in this manner. Multi-carrier methods
other than OFDM and single-carrier methods may all be used
to achieve similar Embodiments. Here, spread-spectrum
communications may also be used. When single-carrier
methods are used, the change of phase is performed with
respect to the time domain.

As explained in Embodiment 3, when the transmission
method involves different data transmission, the change of
phase is carried out on the data symbols, only. However, as
described in the present Embodiment, when the transmission
method involves identical data transmission, then the change
of'phase need not be limited to the data symbols but may also
be performed on pilot symbols, control symbols, and other
such symbols inserted into the transmission frame of the
transmit signal. (The change of phase need not always be
performed on symbols such as pilot symbols and control
symbols, though doing so is preferable in order to achieve
diversity gain.)

Embodiment C3

The present Embodiment describes a configuration
method for a repeater corresponding to Embodiment C1. The
repeater may also be termed a repeating station.

FIG. 62 illustrates the relationship of a base stations
(broadcasters) to repeaters and terminals. As shown in FIG.
63, base station 6201 at least transmits modulated signals on
frequency band X and frequency band Y. Base station 6201
transmits respective modulated signals on antenna 6202A
and antenna 6202B. The transmission method here used is
described later, with reference to FIG. 63.

Repeater A (6203 A) performs processing such as demodu-
lation on received signal 6205A received by receive antenna
6204 A and on received signal 6207A received by receive
antenna 6206 A, thus obtaining received data. Then, in order
to transmit the received data to a terminal, repeater A (6203 A)
performs transmission processing to generate modulated sig-
nals 6209A and 6211A for transmission on respective anten-
nas 6210A and 6212A.

Similarly, repeater B (6203B) performs processing such as
demodulation on received signal 6205B received by receive
antenna 62048 and on received signal 6207B received by
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receive antenna 6206B, thus obtaining received data. Then, in
order to transmit the received data to a terminal, repeater B
(6203B) performs transmission processing to generate modu-
lated signals 6209B and 6211B for transmission on respective
antennas 6210B and 6212B. Here, repeater B (6203B) is a
master repeater that outputs a control signal 6208. repeater A
(6203A) takes the control signal as input. A master repeater is
not strictly necessary. Base station 6201 may also transmit
individual control signals to repeater A (6203A) and to
repeater B (6203B).

Terminal P (5907) receives modulated signals transmitted
by repeater A (6203A), thereby obtaining data. Terminal Q
(5908) receives signals transmitted by repeater A (6203A)
and by repeater B (6203B), thereby obtaining data. Terminal
R (6213) receives modulated signals transmitted by repeater
B (6203B), thereby obtaining data.

FIG. 63 illustrates the frequency allocation for amodulated
signal transmitted by antenna 6202A among transmit signals
transmitted by the base station, and the frequency allocation
of modulated signals transmitted by antenna 6202B. In FIG.
63, frequency is on the horizontal axis and transmission
power is on the vertical axis.

As shown, the modulated signals transmitted by antenna
6202A and by antenna 6202B use at least frequency band X
and frequency band Y. Frequency band X is used to transmit
data of a first channel, and frequency band Y is used to
transmit data of a second channel.

As described in Embodiment C1, the data of the first chan-
nel is transmitted using frequency band X in different data
transmission mode. Accordingly, as shown in FIG. 63, the
modulated signals transmitted by antenna 6202A and by
antenna 6202B include components of frequency band X.
These components of frequency band X are received by
repeater A and by repeater B. Accordingly, as described in
Embodiment 1 and in Embodiment C1, modulated signals in
frequency band X are signals on which mapping has been
performed, and to which precoding (weighting) and the
change of phase are applied.

As shown in FIG. 62, the data of the second channel is
transmitted by antenna 6202 A of FIG. 2 and transmits data in
components of frequency band Y. These components of fre-
quency band Y are received by repeater A and by repeater B.

FIG. 64 illustrate the frequency allocation for transmit
signals transmitted by repeater A and repeater B, specifically
for modulated signal 6209A transmitted by antenna 6210A
and modulated signal 6211A transmitted by antenna 6212A
of repeater 6210A, and for modulated signal 6209B transmit-
ted by antenna 6210B and modulated signal 6211B transmit-
ted by antenna 6212B of repeater B. In FIG. 64, frequency is
on the horizontal axis and transmission power is on the ver-
tical axis.

As shown, modulated signal 6209A transmitted by antenna
6210A and modulated signal 6211A transmitted by antenna
6212A use at least frequency band X and frequency band Y.
Also, modulated signal 6209B transmitted by antenna 62108
and modulated signal 6211B transmitted by antenna 6212B
similarly use at least frequency band X and frequency band Y.
Frequency band X is used to transmit data of a first channel,
and frequency band Y is used to transmit data of a second
channel.

As described in Embodiment C1, the data of the first chan-
nel is transmitted using frequency band X in different data
transmission mode. Accordingly, as shown in FIG. 64, modu-
lated signal 6209A transmitted by antenna 6210 A and modu-
lated signal 6211A transmitted by antenna 6212B include
components of frequency band X. These components of fre-
quency band X are received by terminal P. Similarly, as shown
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in FIG. 64, modulated signal 6209B transmitted by antenna
6210B and modulated signal 6211B transmitted by antenna
6212B include components of frequency band X. These com-
ponents of frequency band X are received by terminal R.
Accordingly, as described in Embodiment 1 and in Embodi-
ment C1, modulated signals in frequency band X are signals
on which mapping has been performed, and to which precod-
ing (weighting) and the change of phase are applied.

As shown in FIG. 64, the data of the second channel is
carried by the modulated signals transmitted by antenna
6210A of repeater A (6203A) and by antenna 6210B of
repeater B (6203) from FIG. 62 and transmits data in compo-
nents of frequency band Y. Here, the components of fre-
quency band Y in modulated signal 6209A transmitted by
antenna 6210A of repeater A (6203A) and those in modulated
signal 6209B transmitted by antenna 6210B of repeater B
(6203B) are used in a transmission mode that involves iden-
tical data transmission, as explained in Embodiment CI1.
These components of frequency band Y are received by ter-
minal Q.

The following describes the configuration of repeater A
(6203A) and repeater B (6203B) from FIG. 62, with reference
to FIG. 65.

FIG. 65 illustrates a sample configuration of a receiver and
transmitter in a repeater. Components operating identically to
those of FIG. 56 use the same reference numbers thereas.
Receiver 6203X takes received signal 6502A received by
receive antenna 6501A and received signal 6502B received
by receive antenna 6501B as input, performs signal process-
ing (signal demultiplexing or compositing, error-correction
decoding, and so on) on the components of frequency band X
thereof to obtain data 6204X transmitted by the base station
using frequency band X, outputs the data to the distributor
404 and obtains transmission method information included in
control information (and transmission method information
when transmitted by a repeater), and outputs the frame con-
figuration signal 313.

Receiver 6203X and onward constitute a processor for
generating a modulated signal for transmitting frequency
band X. Further, the receiver here described is not only the
receiver for frequency band X as shown in FIG. 65, but also
incorporates receivers for other frequency bands. Each
receiver forms a processor for generating modulated signals
for transmitting a respective frequency band.

The overall operations of the distributor 404 are identical to
those of the distributor in the base station described in
Embodiment C2.

When transmitting as indicated in FIG. 64, repeater A
(6203A) and repeater B (6203B) generate two different
modulated signals (on which precoding and change of phase
are performed) in frequency band X as described in Embodi-
ment C1. The two modulated signals are respectively trans-
mitted by antennas 6210A and 6212A of repeater A (6203)
from FIG. 62 and by antennas 6210B and 6212B of repeater
B (6203B) from FIG. 62.

As for frequency band Y, repeater A (6203A) operates a
processor 6500 pertaining to frequency band Y and corre-
sponding to the signal processor 6500 pertaining to frequency
band X shown in FIG. 65 (the signal processor 6500 is the
signal processor pertaining to frequency band X, but given
that an identical signal processor is incorporated for fre-
quency band, this description uses the same reference num-
bers), interleaver 304A, mapper 306 A, weighting unit 308A,
and phase changer 5201 to generate modulated signal 5202. A
transmit signal corresponding to modulated signal 5202 is
then transmitted by antenna 1301A from FIG. 13, that is, by
antenna 6210A from FIG. 62. Similarly, repeater B (6203 B)
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operates interleaver 304A, mapper 306A, weighting unit
308A, and phase changer 5201 from FIG. 62 pertaining to
frequency bandY to generate modulated signal 5202. Then, a
transmit signal corresponding to modulated signal 5202 is
transmitted by antenna 1310A from FIG. 13, i.e., by antenna
6210B from FIG. 62.

As shown in FIG. 66 (FIG. 66 illustrates the frame con-
figuration of the modulated signal transmitted by the base
station, with time on the horizontal axis and frequency on the
vertical axis), the base station transmits transmission method
information 6601, repeater-applied phase change informa-
tion 6602, and data symbols 6603. The repeater obtains and
applies the transmission method information 6601, the
repeater-applied phase change information 6602, and the data
symbols 6603 to the transmit signal, thus determining the
phase changing method. When the repeater-applied phase
change information 6602 from FIG. 66 is not included in the
signal transmitted by the base station, then as shown in FIG.
62, repeater B (6203B) is the master and indicates the phase
changing method to repeater A (6203A).

As explained above, when the repeater transmits different
data, the precoding matrix and phase changing method are set
according to the transmission method to generate modulated
signals.

On the other hand, to transmit identical data, two repeaters
respectively generate and transmit modulated signals. In such
circumstances, repeaters each generating modulated signals
for transmission from a common antenna may be considered
to be two combined repeaters using the precoding matrix
given by Math. 52 (formula 52). The phase changing method
is as explained in Embodiment C1, for example, and satisfies
the conditions of Math. 53 (formula 53).

Also, as explained in Embodiment C1 for frequency band
X, the base station and repeater may each have two antennas
that transmit respective modulated signals and two antennas
that receive identical data. The operations of such a base
station or repeater are as described for Embodiment C1.

According to the present Embodiment, not only can the
reception device obtain improved data reception quality for
identical data transmission as well as different data transmis-
sion, but the transmission devices can also share a phase
changer.

Furthermore, although the present Embodiment discusses
examples using OFDM as the transmission method, the
invention is not limited in this manner. Multi-carrier methods
other than OFDM and single-carrier methods may all be used
to achieve similar Embodiments. Here, spread-spectrum
communications may also be used. When single-carrier
methods are used, the change of phase is performed with
respect to the time domain.

As explained in Embodiment 3, when the transmission
method involves different data transmission, the change of
phase is carried out on the data symbols, only. However, as
described in the present Embodiment, when the transmission
method involves identical data transmission, then the change
of phase need not be limited to the data symbols but may also
be performed on pilot symbols, control symbols, and other
such symbols inserted into the transmission frame of the
transmit signal. (The change of phase need not always be
performed on symbols such as pilot symbols and control
symbols, though doing so is preferable in order to achieve
diversity gain.)

Embodiment C4

The present Embodiment concerns a phase changing
method different from the phase changing methods described
in Embodiment 1 and in the Supplement.
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In Embodiment 1, Math. 36 (formula 36) is given as an
example of a precoding matrix, and in the Supplement, Math.
50 (formula 50) is similarly given as another such example. In
Embodiment A1, the phase changers from FIGS. 3, 4, 6, 12,
25, 29, 51, and 53 are indicated as having a phase changing
value of PHASE[i] (where i=0, 1, 2, ..., N-2, N-1 (i being
an integer between 0 and N-1)) to achieve a period (cycle) of
N (value reached given that FIGS. 3, 4, 6, 12, 25, 29, 51, and
53 perform a change of phase on only one baseband signal).
The present description discusses performing a change of
phase on one precoded baseband signal (i.e., in FIGS. 3, 4, 6,
12, 25, 29, 51 and 53) namely on precoded baseband signal
72'. Here, PHASE[K] is calculated as follows.

[Math. 54]

km . (formula 54)
PHASE[4] = ~ radians

wherek=0, 1,2, ...,N-2, N-1 (k being an integer between
0 and N-1).

Accordingly, the reception device is able to achieve
improvements in data reception quality in the LOS environ-
ment, and especially in a radio wave propagation environ-
ment. In the LOS environment, when the change of phase has
not been performed, a regular phase relationship occurs.
However, when the change of phase is performed, the phase
relationship is modified, in turn avoiding poor conditions in a
burst-like propagation environment. As an alternative to
Math. 54 (formula 54), PHASE[k] may be calculated as fol-
lows.

[Math. 55]

km i (formula 55)
PHASE[4] = N radians

wherek=0, 1,2, ...,N-2, N-1 (k being an integer between
0 and N-1).

As a further alternative phase changing method, PHASE
[k] may be calculated as follows.

Math. 56]

km . (formula 56)
PHASE[4] = ~ + Z radians

wherek=0, 1,2, ...,N-2, N-1 (k being an integer between
0 and N-1).

As a further alternative phase changing method, PHASE
[k] may be calculated as follows.

Math. 57]

km . (formula 57)
PHASE[4] = N + Z radians

wherek=0, 1,2, ...,N-2, N-1 (k being an integer between
0 and N-1).

As such, by performing the change of phase according to
the present Embodiment, the reception device is made more
likely to obtain good reception quality.
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The change of phase of the present Embodiment is appli-
cable not only to single-carrier methods but also to multi-
carrier methods. Accordingly, the present Embodiment may
also be realized using, for example, spread-spectrum commu-
nications, OFDM, SC-FDMA, SC-OFDM, wavelet OFDM
as described in Non-Patent Literature 7, and so on. As previ-
ously described, while the present Embodiment explains the
change of phase as a change of phase with respect to the time
domaint, the phase may alternatively be changed with respect
to the frequency domain as described in Embodiment 1. That
is, considering the change of phase with respect to the time
domain t described in the present Embodiment and replacing
t with f (f being the ((sub-) carrier) frequency) leads to a
change of phase applicable to the frequency domain. Also, as
explained above for Embodiment 1, the phase changing
method of the present Embodiment is also applicable to a
change of phase with respect to both the time domain and the
frequency domain. Further, when the phase changing method
described in the present Embodiment satisfies the conditions
indicated in Embodiment A1, the reception device is highly
likely to obtain good data quality.

Embodiment C5

The present Embodiment concerns a phase changing
method different from the phase changing methods described
in Embodiment 1, in the Supplement, and in Embodiment C4.

In Embodiment 1, Math. 36 (formula 36) is given as an
example of a precoding matrix, and in the Supplement, Math.
50 (formula 50) is similarly given as another such example. In
Embodiment A1, the phase changers from FIGS. 3, 4, 6, 12,
25, 29, 51, and 53 are indicated as having a phase changing
value of PHASE[i] (where i=0, 1, 2, .. ., N-2, N-1 (i being
an integer between 0 and N-1)) to achieve a period (cycle) of
N (value reached given that FIGS. 3, 4, 6, 12, 25, 29, 51, and
53 perform a change of phase on only one baseband signal).
The present description discusses performing a change of
phase on one precoded baseband signal (i.e., in FIGS. 3, 4, 6,
12, 25, 29, 51 and 53) namely on precoded baseband signal
z2'.

The characteristic feature of the phase changing method
pertaining to the present Embodiment is the period (cycle) of
N=2n+1. To achieve the period (cycle) of N=2n+1, n+1 dif-
ferent phase changing values are prepared. Among these n+1
different phase changing values, n phase changing values are
used twice per period (cycle), and one phase changing value
isused only once per period (cycle), thus achieving the period
(cycle) of N=2n+1. The following describes these phase
changing values in detail.

The n+1 different phase changing values required to
achieve a phase changing method in which the phase chang-
ing value is regularly switched in a period (cycle) of N=2n+1
are expressed as PHASE[O], PHASE[1], PHASEJi] . . .
PHASE[n-1], PHASE[n] (where i=0, 1,2 .. .n-2,n-1,n (i
being an integer between 0 and n)). Here, the n+1 different
phase changing values of PHASE[0], PHASE[1],
PHASE]i] . . . PHASE[n-1], PHASE[n]| are expressed as
follows.

[Math, 58]
2kr . (formula 58)
PHASE[4] = radians
2n+1
where k=0, 1, 2, . . ., n-2, n-1, n (k being an integer

between 0 and n). The n+1 different phase changing values
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PHASE[0], PHASE[1] . . . PHASEJi] . . . PHASE[n-1],
PHASE][n] are given by Math. 58 (formula 58). PHASE[0] is
used once, while PHASE[1] through PHASE[n] are each
used twice (i.e., PHASE[1] is used twice, PHASE[2] is used
twice, and so on, until PHASE[n-1] is used twice and PHASE
[n] is used twice). As such, through this phase changing
method in which the phase changing value is regularly
switched in a period (cycle) of N=2n+1, a phase changing
method is realized in which the phase changing value is
regularly switched between fewer phase changing values.
Thus, the reception device is able to achieve better data recep-
tion quality. As the phase changing values are smaller, the
effect thereof on the transmission device and reception device
may be reduced. According to the above, the reception device
is able to achieve improvements in data reception quality in
the LOS environment, and especially in a radio wave propa-
gation environment. In the LOS environment, when the
change of phase has not been performed, a regular phase
relationship occurs. However, when the change of phase is
performed, the phase relationship is modified, in turn avoid-
ing poor conditions in a burst-like propagation environment.
As an alternative to Math. 58 (formula 58), PHASE[k] may be
calculated as follows.

[Math. 59]
2km . (formula 59)
PHASE[k] = — radians
2n+1
where k=0, 1, 2, . . . , n-2, n-1, n (k being an integer

between 0 and n).

The n+1 different phase changing values PHASE[O],
PHASE[1] . . . PHASE[i] . . . PHASE[n-1], PHASE[n] are
given by Math. 59 (formula 59). PHASE[O] is used once,
while PHASE[1] through PHASE|n] are each used twice
(i.e., PHASE[1] is used twice, PHASE|2] is used twice, and
so on, until PHASE[n-1] is used twice and PHASE[n] is used
twice). As such, through this phase changing method in which
the phase changing value is regularly switched in a period
(cycle) of N=2n+1, a phase changing method is realized in
which the phase changing value is regularly switched
between fewer phase changing values. Thus, the reception
device is able to achieve better data reception quality. As the
phase changing values are smaller, the effect thereof on the
transmission device and reception device may be reduced.

As a further alternative, PHASE[k] may be calculated as
follows.

[Math. 60]

2km . (formula 60)
+ Z radians
2n+1

PHASE[K] =

wherek=0, 1,2, ...,N-2, N-1 (k being an integer between
0 and N-1).

The n+1 different phase changing values PHASE[O],
PHASE[1] . . . PHASE[i] . . . PHASE[n-1], PHASE[n] are
given by Math. 60 (formula 60). PHASE[O] is used once,
while PHASE[1] through PHASE|n] are each used twice
(i.e., PHASE[1] is used twice, PHASE|2] is used twice, and
so on, until PHASE[n-1] is used twice and PHASE[n] is used
twice). As such, through this phase changing method in which
the phase changing value is regularly switched in a period
(cycle) of N=2n+1, a phase changing method is realized in
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which the phase changing value is regularly switched
between fewer phase changing values. Thus, the reception
device is able to achieve better data reception quality. As the
phase changing values are smaller, the effect thereof on the
transmission device and reception device may be reduced.

As a further alternative, PHASE[k] may be calculated as
follows.

[Math, 61]
pled . (formula 61)
PHASE[k] = — + 7 radians
2n+1
where k=0, 1, 2, . . ., n-2, n-1, n (k being an integer

between 0 and n).

The n+1 different phase changing values PHASE[O],
PHASE[1] . . . PHASE[i] . . . PHASE[n-1], PHASE[n] are
given by Math. 61 (formula 61). PHASE[O] is used once,
while PHASE[1] through PHASE[n] are each used twice
(i.e., PHASEJ1] is used twice, PHASE[2] is used twice, and
so on, until PHASE[n-1] is used twice and PHASE[n] is used
twice). As such, through this phase changing method in which
the phase changing value is regularly switched in a period
(cycle) of N=2n+1, a phase changing method is realized in
which the phase changing value is regularly switched
between fewer phase changing values. Thus, the reception
device is able to achieve better data reception quality. As the
phase changing values are smaller, the effect thereof on the
transmission device and reception device may be reduced.

As such, by performing the change of phase according to
the present Embodiment, the reception device is made more
likely to obtain good reception quality.

The change of phase of the present Embodiment is appli-
cable not only to single-carrier methods but also to transmis-
sion using multi-carrier methods. Accordingly, the present
Embodiment may also be realized using, for example, spread-
spectrum communications, OFDM, SC-FDMA, SC-OFDM,
wavelet OFDM as described in Non-Patent Literature 7, and
so on. As previously described, while the present Embodi-
ment explains the change of phase as a change of phase with
respect to the time domain t, the phase may alternatively be
changed with respect to the frequency domain as described in
Embodiment 1. That is, considering the change of phase with
respect to the time domain t described in the present Embodi-
ment and replacing t with f (f being the ((sub-) carrier)
frequency) leads to a change of phase applicable to the fre-
quency domain. Also, as explained above for Embodiment 1,
the phase changing method of the present Embodiment is also
applicable to a change of phase with respect to both the time
domain and the frequency domain.

Embodiment C6

The present Embodiment describes a method of regularly
changing the phase, specifically that of Embodiment C5,
when encoding is performed using block codes as described
in Non-Patent Literature 12 through 15, such as QC LDPC
Codes (not only QC-LDPC but also LDPC codes may be
used), concatenated LDPC (blocks) and BCH codes, Turbo
codes or Duo-Binary Turbo codes using tail-biting, and so on.
The following example considers a case where two streams s 1
and s2 are transmitted. When encoding has been performed
using block codes and control information and the like is not
necessary, the number of bits making up each coded block
matches the number of bits making up each block code (con-
trol information and so on described below may yet be
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included). When encoding has been performed using block
codes or the like and control information or the like (e.g.,
CRC transmission parameters) is required, then the number
of'bits making up each coded block is the sum of the number
of bits making up the block codes and the number of bits
making up the information.

FIG. 34 illustrates the varying numbers of symbols and
slots needed in each coded block when block codes are used.
FIG. 34 illustrates the varying numbers of symbols and slots
needed in each coded block when block codes are used when,
for example, two streams s1 and s2 are transmitted as indi-
cated by the transmission device from FIG. 4, and the trans-
mission device has only one encoder. (Here, the transmission
method may be any single-carrier method or multi-carrier
method such as OFDM.)

As shown in FIG. 34, when block codes are used, there are
6000 bits making up a single coded block. In order to transmit
these 6000 bits, the number of required symbols depends on
the modulation scheme, being 3000 for QPSK, 1500 for
16-QAM, and 1000 for 64-QAM.

Then, given that the transmission device from FIG. 4 trans-
mits two streams simultaneously, 1500 of the aforementioned
3000 symbols needed when the modulation scheme is QPSK
are assigned to s1 and the other 1500 symbols are assigned to
s2. As such, 1500 slots for transmitting the 1500 symbols
(hereinafter, slots) are required for each of s1 and s2.

By the same reasoning, when the modulation scheme is
16-QAM, 750 slots are needed to transmit all of the bits
making up each coded block, and when the modulation
scheme is 64-QAM, 500 slots are needed to transmit all of the
bits making up each coded block.

The following describes the relationship between the
above-defined slots and the phase, as pertains to methods for
a regular change of phase.

Here, five different phase changing values (or phase chang-
ing sets) are assumed as having been prepared for use in the
method for a regular change of phase, which has a period
(cycle) of five. That is, the phase changer of the transmission
device from FIG. 4 uses five phase changing values (or phase
changing sets) to achieve the period (cycle) of five. However,
as described in Embodiment C5, three different phase chang-
ing values are present. Accordingly, some of the five phase
changing values needed for the period (cycle) of five are
identical. (As in FIG. 6, five phase changing values are
needed in order to perform a change of phase having a period
(cycle) of five on precoded baseband signal z2' only. Also, as
in FIG. 26, two phase changing values are needed for each slot
in order to perform the change of phase on both precoded
baseband signals z1' and z2'. These two phase changing val-
ues are termed a phase changing set. Accordingly, five phase
changing sets should ideally be prepared in order to perform
a change of phase having a period (cycle) of five in such
circumstances). The five phase changing values (or phase
changing sets) needed for the period (cycle) of five are
expressed as P[0], P[1], P[2], P[3], and P[4].

The following describes the relationship between the
above-defined slots and the phase, as pertains to methods for
a regular change of phase.

For the above-described 1500 slots needed to transmit the
6000 bits making up a single coded block when the modula-
tion scheme is QPSK, phase changing value P[0] is used on
300 slots, phase changing value P[1] is used on 300 slots,
phase changing value P[2] is used on 300 slots, phase chang-
ing value P[3] is used on 300 slots, and phase changing value
P[4] is used on 300 slots. This is due to the fact that any bias
in phase changing value usage causes great influence to be
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exerted by the more frequently used phase changing value,
and that the reception device is dependent on such influence
for data reception quality.

Similarly, for the above-described 1500 slots needed to
transmit the 6000 bits making up the pair of coded blocks
when the modulation scheme is 16-QAM, phase changing
value P[0] is used on 150 slots, phase changing value P[1] is
used on 150 slots, phase changing value P[2] is used on 150
slots, phase changing value P[3] is used on 150 slots, and
phase changing value P[4] is used on 150 slots.

Further, for the above-described 500 slots needed to trans-
mit the 6000 bits making up a single coded block when the
modulation scheme is 64-QAM, phase changing value P[0] is
used on 100 slots, phase changing value P[1] is used on 100
slots, phase changing value P[2] is used on 100 slots, phase
changing value P[3] is used on 100 slots, and phase changing
value P[4] is used on 100 slots.

As described above, a phase changing method for regularly
varying the phase changing value as given in Embodiment C5
requires the preparation of N=2n+1 phase changing values
P[0], P[1] ... P[2n-1], P[2n] (where P[0], P[1] . .. P[2n-1],
P[2n] are expressed as PHASE[0], PHASE[1], PHASE[2]
PHASE[n-1], PHASE[n] (see Embodiment C5)). As such, in
order to transmit all of the bits making up the coded block,
phase changing value P[0] is used on K slots, phase changing
value P[1] is used on K, slots, phase changing value P[i] is
used on Ki slots (where i=0, 1, 2, .. ., 2n-1, 2n (i being an
integer between 0 and 2n)), and phase changing value P[2n] is
used on K, slots, such that Condition #CO01 is met.
(Condition #C01)

K=K, ...=K~=...K,,. Thatis,K =K, (Va and Vb where a,
b,=0,1,2...2n-1, 2n (a and b being integers between 0 and
2n), a=b).

A phase changing method for a regular change of phase
changing value as given in Embodiment C5 having a period
(cycle) of N=2n+1 requires the preparation of phase changing
values PHASE[0], PHASE[1], PHASE[2] . . . PHASE[n-1],
PHASE][n]. As such, in order to transmit all of the bits making
up a single coded block, phase changing value PHASE[O] is
used on G, slots, phase changing value PHASE[1] is used on
G, slots, phase changing value PHASE]1] is used on G, slots
(where =0, 1, 2, ..., n-1,n (i being an integer between 0 and
n)), and phase changing value PHASE[n] is used on G,, slots,
such that Condition #CO01 is met. Condition #CO1 may be
modified as follows.

(Condition #C02)
2xG,=G, ...=G~=...G,. That is, 2xG,=G,, (Va where a=1,
2 ...n-1, n (a being an integer between 1 and n).

Then, when a communication system that supports mul-
tiple modulation schemes selects one such supported method
for use, Condition #C01 (or Condition #C02) is met for the
supported modulation scheme.

However, when multiple modulation schemes are sup-
ported, each such modulation scheme typically uses symbols
transmitting a different number of bits per symbols (though
some may happen to use the same number), Condition #CO01
(or Condition #C02) may not be satisfied for some modula-
tion schemes. In such a case, the following condition applies
instead of Condition #CO01.

(Condition #C03)

The difference between K, and K, satisfies O or 1. That is,
IK,-K, | satisfies O or 1 (Va, Vb, wherea, b=0,1,2...2n-1,
2n (a and b being integers between 0 and 2n), a=b).

Alternatively, Condition #C03 may be expressed as fol-
lows.
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(Condition #C04)

The difference between G, and G, satisfies 0, 1, or 2. That is,
IG,-G,| satisfies 0, 1, or 2 (Va, Vb, where a, b=1,2 .. . n-1,
n (a and b being integers between 1 and n), a=b)

and

The difference between 2xG, and G, satisfies O, 1, or 2. That
is, 12xG,=G,| satisfies 0, 1, or 2 (Va, wherea=1,2...n-1,n
(a being an integer between 1 and n)).

FIG. 35 illustrates the varying numbers of symbols and
slots needed in two coded blocks when block codes are used.
FIG. 35 illustrates the varying numbers of symbols and slots
needed in each coded block when block codes are used when,
for example, two streams s1 and s2 are transmitted as indi-
cated by the transmission device from FI1G. 3 and FIG. 12, and
the transmission device has two encoders. (Here, the trans-
mission method may be any single-carrier method or multi-
carrier method such as OFDM.)

As shown in FIG. 35, when block codes are used, there are
6000 bits making up a single coded block. In order to transmit
these 6000 bits, the number of required symbols depends on
the modulation scheme, being 3000 for QPSK, 1500 for
16-QAM, and 1000 for 64-QAM.

The transmission device from FIG. 3 and the transmission
device from FIG. 12 each transmit two streams at once, and
have two encoders. As such, the two streams each transmit
different code blocks. Accordingly, when the modulation
scheme is QPSK, two coded blocks drawn from s1 and s2 are
transmitted within the same interval, e.g., a first coded block
drawn from sl is transmitted, then a second coded block
drawn from s2 is transmitted. As such, 3000 slots are needed
in order to transmit the first and second coded blocks.

By the same reasoning, when the modulation scheme is
16-QAM, 1500 slots are needed to transmit all of the bits
making up two coded blocks, and when the modulation
scheme is 64-QAM, 1000 slots are needed to transmit all of
the bits making up the two coded blocks.

The following describes the relationship between the
above-defined slots and the phase, as pertains to methods for
a regular change of phase.

Here, five different phase changing values (or phase chang-
ing sets) are assumed as having been prepared for use in the
method for a regular change of phase, which has a period
(cycle) of five. That is, the phase changer of the transmission
device from FIG. 4 uses five phase changing values (or phase
changing sets) to achieve the period (cycle) of five. However,
as described in Embodiment C5, three different phase chang-
ing values are present. Accordingly, some of the five phase
changing values needed for the period (cycle) of five are
identical. (As in FIG. 6, five phase changing values are
needed in order to perform a change of phase having a period
(cycle) of five on precoded baseband signal z2' only. Also, as
in FIG. 26, two phase changing values are needed for each slot
in order to perform the change of phase on both precoded
baseband signals z1' and z2'. These two phase changing val-
ues are termed a phase changing set. Accordingly, five phase
changing sets should ideally be prepared in order to perform
a change of phase having a period (cycle) of five in such
circumstances). The five phase changing values (or phase
changing sets) needed for the period (cycle) of five are
expressed as P[0], P[1], P[2], P[3], and P[4].

For the above-described 3000 slots needed to transmit the
6000x2 bits making up the pair of coded blocks when the
modulation scheme is QPSK, phase changing value P[0] is
used on 600 slots, phase changing value P[1] is used on 600
slots, phase changing value P[2] is used on 600 slots, phase
changing value P[3] is used on 600 slots, and phase changing
value P[4] is used on 600 slots. This is due to the fact that any
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bias in phase changing value usage causes great influence to
be exerted by the more frequently used phase changing value,
and that the reception device is dependent on such influence
for data reception quality.

Further, in order to transmit the first coded block, phase
changing value P[0] is used on slots 600 times, phase chang-
ing value P[1] is used on slots 600 times, phase changing
value P[2] is used on slots 600 times, phase changing value
P[3] is used on slots 600 times, and phase changing value
PHASE][4]is used on slots 600 times. Furthermore, in orderto
transmit the second coded block, phase changing value P[0] is
used on slots 600 times, phase changing value P[1] is used on
slots 600 times, phase changing value P[2] is used on slots
600 times, phase changing value P[3] is used on slots 600
times, and phase changing value P[4] is used on slots 600
times.

Similarly, for the above-described 1500 slots needed to
transmit the 6000x2 bits making up the pair of coded blocks
when the modulation scheme is 16-QAM, phase changing
value P[0] is used on 300 slots, phase changing value P[1] is
used on 300 slots, phase changing value P[2] is used on 300
slots, phase changing value P[3] is used on 300 slots, and
phase changing value P[4] is used on 300 slots.

Furthermore, in order to transmit the first coded block,
phase changing value P[0] is used on slots 300 times, phase
changing value P[1] is used on slots 300 times, phase chang-
ing value P[2] is used on slots 300 times, phase changing
value P[3] is used on slots 300 times, and phase changing
value P[4] is used on slots 300 times. Furthermore, in order to
transmit the second coded block, phase changing value P[0] is
used on slots 300 times, phase changing value P[1] is used on
slots 300 times, phase changing value P[2] is used on slots
300 times, phase changing value P[3] is used on slots 300
times, and phase changing value P[4] is used on slots 300
times.

Similarly, for the above-described 1000 slots needed to
transmit the 6000x2 bits making up the pair of coded blocks
when the modulation scheme is 64-QAM, phase changing
value P[0] is used on 200 slots, phase changing value P[1] is
used on 200 slots, phase changing value P[2] is used on 200
slots, phase changing value P[3] is used on 200 slots, and
phase changing value P[4] is used on 200 slots.

Furthermore, in order to transmit the first coded block,
phase changing value P[0] is used on slots 200 times, phase
changing value P[1] is used on slots 200 times, phase chang-
ing value P[2] is used on slots 200 times, phase changing
value P[3] is used on slots 200 times, and phase changing
value P[4] is used on slots 200 times. Furthermore, in order to
transmit the second coded block, phase changing value P[0] is
used on slots 200 times, phase changing value P[1] is used on
slots 200 times, phase changing value P[2] is used on slots
200 times, phase changing value P[3] is used on slots 200
times, and phase changing value P[4] is used on slots 200
times.

As described above, a phase changing method for regularly
varying the phase changing value as given in Embodiment C5
requires the preparation of N=2n+1 phase changing values
P[O], P[1] ... P[2n-1], P[2n] (where P[O], P[1] ... P[2n-1],
P[2n] are expressed as PHASE[0O], PHASE[1],
PHASE[2] . . . PHASE[n-1], PHASE|n] (see Embodiment
C5)). As such, in order to transmit all of the bits making up the
two coded blocks, phase changing value P[0] is used on K,
slots, phase changing value P[1] is used on K, slots, phase
changing value P[i] is used on K, slots (where i=0, 1,2 . ..
2n-1, 2n (i being an integer between 0 and 2n)), and phase
changing value P[2n] is used on K2n slots.
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(Condition #CO05)

Ky,=K,...=K=...K,,. Thatis, K =K, (Vaand Vb where a,
b,=0,1,2...2n-1, 2n (a and b being integers between 0 and
2n, a=b).

In order to transmit all of the bits making up the first coded
block, phase changing value P[0] is used K, ; times, phase
changing value P[1] is used K, times, phase changing value
P[i] is used K, ; (where i=0, 1, 2. . . 2n-1, 2n (i being an
integer between 0 and 2n)), and phase changing value P[2n] is
used K, ; times.

(Condition #C06)

Ko, 7K. 7K, = .. K,, . Thatis, K, =K, ; (Vaand Vb
where a, b,=0, 1, 2 . . . 2n-1, 2n (a and b being integers
between 0 and 2n), a=b).

In order to transmit all of the bits making up the second
coded block, phase changing value P[0] is used K, , times,
phase changing value P[1]is used K, , times, phase changing
value P[i] isused K, , (wherei=0,1,2...2n-1, 2n (i being an
integer between 0 and 2n)), and phase changing value P[2n] is
used K, , times.

(Condition #C07)

KooK 5. .. 7K, »=.. . K, 5. Thatis, K, »=K, , (Vaand Vb
where a, b,=0, 1, 2 . . . 2n-1, 2n (a and b being integers
between 0 and 2n), a=b).

A phase changing method for regularly varying the phase
changing value as given in Embodiment C5 having a period
(cycle) of N=2n+1 requires the preparation of phase changing
values PHASE[0], PHASE[1], PHASE[2] . . . PHASE[n-1],
PHASE][n]. As such, in order to transmit all of the bits making
up the two coded blocks, phase changing value PHASE[0] is
used on G slots, phase changing value PHASE[ 1] is used on
G, slots, phase changing value PHASE]1] is used on G, slots
(where i=0, 1, 2 . . . n-1, n (i being an integer between 0 and
n)), and phase changing value PHASE[n] is used on G,, slots,
such that Condition #CO05 is met.

(Condition #C08)
2xGy=G, ...=G/~...G,. Thatis, 2xG,=G, (Va where a=1,
2 ...n-1, n (a being an integer between 1 and n)).

In order to transmit all of the bits making up the first coded
block, phase changing value PHASE[0] is used G, , times,
phase changing value PHASE[1] is used G, , times, phase
changing value PHASE[i] is used G, ; (where i=0, 1,2 . ..
n-1, nbeing an integer between 0 and n)), and phase changing
value PHASE[n] is used G,, ; times.

(Condition #C09)

2xGy =Gy, ... =G, 1= . .. G, ;. That is, 2xG, =G, (Va
wherea=1,2...n-1,n (abeing an integer between 1 and n)).
In order to transmit all of the bits making up the second coded
block, phase changing value PHASE[0] is used G, , times,
phase changing value PHASEJ[1] is used G, , times, phase
changing value PHASE([i] is used G, , (where i=0, 1,2 . . .
n-1, nbeing an integer between 0 and n)), and phase changing
value PHASE[n] is used G,, ; times.

(Condition #C10)

2xGy =G, 5 - .. =G, 2=G,, ». That is, 2xG,, ,=G,, , (Va where
a=1,2...n-1, n (a being an integer between 1 and n)).

Then, when a communication system that supports mul-
tiple modulation schemes selects one such supported method
for use, Condition #CO05, Condition #C06, and Condition
#CO07 (or Condition #C08, Condition #C09, and Condition
#C10) is met for the supported modulation scheme.

However, when multiple modulation schemes are sup-
ported, each such modulation scheme typically uses symbols
transmitting a different number of bits per symbols (though
some may happen to use the same number), Condition #CO05,
Condition #C06, and Condition #C07 (or Condition #C08,
Condition #C09, and Condition #C10) may not be satisfied
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for some modulation schemes. In such a case, the following
conditions apply instead of Condition #C05, Condition #C06,
and Condition #C07.

(Condition #C11)

The difference between K, and K, satisfies O or 1. That is,
IK,-K, | satisfies O or 1 (Va, Vb, wherea, b=0,1,2...2n-1,
2n (a and b being integers between 0 and 2n), a=b).
(Condition #C12)

The difference between XK, ; and K, ;, satisfies O or 1. That s,
IK,,-K, | satisfies 0 or 1 (Va, Vb, where a, b=0, 1,2 . ..
2n-1, 2n (a and b being integers between 0 and 2n), a=b).
(Condition #C13)

The difference between K, , and K, , satisfies O or 1. That is,
IK,,—K, .| satisfies 0 or 1 (Va, Vb, where a, b=0, 1,2 . ..
2n-1, 2n (a and b being integers between 0 and 2n), a=b).
Alternatively, Condition #C11, Condition #C12, and Condi-
tion #C13 may be expressed as follows.

(Condition #C14)

The difference between G, and G, satisfies 0, 1, or 2. That is,
|G ,,~G,| satisfies 0, 1, or 2 (Va, Vb, where a, b=1,2 .. . n-1,
n (a and b being integers between 1 and n), a=b)

and

The difference between 2xG, and G, satisfies O, 1, or 2. That
is, 12xGy—G | satisfies 0, 1, or 2 (Va, wherea=1,2 .. .n-1,n
(a being an integer between 1 and n)).

(Condition #C15)

The difference between G, ; and G, , satisfies 0, 1, or 2. That
is, 1G, -Gy, | satisfies 0, 1, or 2 (Va, Vb, where a, b=1,
2 ...n-1,n (a and b being integers between 1 and n), a=b)
and

The difference between 2xG, ; and G, satisfies 0, 1, or 2.
That is, 12xG, -G, | satisfies 0, 1, or 2 (Va, where a=1,
2 ...n-1, n (a being an integer between 1 and n))
(Condition #C16)

The difference between G, , and G, 2 satisfies 0, 1, or 2. That
is, 1G, ,—Gy,| satisfies 0, 1, or 2 (Va, Vb, where a, b=1,
2 ...n-1,n (a and b being integers between 1 and n), a=b)
and

The difference between 2xG,, , and G, , satisfies 0, 1, or 2.
That is, 12xG, ,—G, | satisfies 0, 1, or 2 (Va, where a=1,
2 ...n-1, n (a being an integer between 1 and n))

As described above, bias among the phase changing values
being used to transmit the coded blocks is removed by creat-
ing a relationship between the coded block and the phase
changing values. As such, data reception quality can be
improved for the reception device.

In the present Embodiment, N phase changing values (or
phase changing sets) are needed in order to perform a change
of phase having a period (cycle) of N with the method for a
regular change of phase. As such, N phase changing values
(or phase changing sets) P[O], P[1], P[2] . . . P[N-2], and
P[N-1] are prepared. However, schemes exist for ordering
the phases in the stated order with respect to the frequency
domain. No limitation is intended in this regard. The N phase
changing values (or phase changing sets) P[0], P[1], P[2] ...
P[N-2], and P[N-1] may also change the phases of blocks in
the time domain or in the time-frequency domain to obtain a
symbol arrangement as described in Embodiment 1.
Although the above examples discuss a phase changing
scheme with a period (cycle) of N, the same effects are obtain-
able using N phase changing values (or phase changing sets)
at random. That is, the N phase changing values (or phase
changing sets) need not always have regular periodicity. As
long as the above-described conditions are satisfied, quality
data reception improvements are realizable for the reception
device.
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Furthermore, given the existence of modes for spatial mul-
tiplexing MIMO methods, MIMO methods using a fixed pre-
coding matrix, space-time block coding methods, single-
stream transmission, and methods using a regular change of
phase, the transmission device (broadcaster, base station)
may select any one of these transmission methods.

As described in Non-Patent Literature 3, spatial multiplex-
ing MIMO methods involve transmitting signals s1 and s2,
which are mapped using a selected modulation scheme, on
each of two different antennas. MIMO methods using a fixed
precoding matrix involve performing precoding only (with no
change in phase). Further, space-time block coding methods
are described in Non-Patent Literature 9, 16, and 17. Single-
stream transmission methods involve transmitting signal s1,
mapped with a selected modulation scheme, from an antenna
after performing predetermined processing.

Schemes using multi-carrier transmission such as OFDM
involve a first carrier group made up of a plurality of carriers
and a second carrier group made up of a plurality of carriers
different from the first carrier group, and so on, such that
multi-carrier transmission is realized with a plurality of car-
rier groups. For each carrier group, any of spatial multiplex-
ing MIMO schemes, MIMO schemes using a fixed precoding
matrix, space-time block coding schemes, single-stream
transmission, and schemes using a regular change of phase
may be used. In particular, schemes using a regular change of
phase on a selected (sub-)carrier group are preferably used to
realize the present Embodiment.

When a change of phase by, for example, a phase changing
value for P[i] of X radians is performed on only one precoded
baseband signal, the phase changers of FIGS. 3, 4, 6, 12, 25,
29, 51, and 53 multiply precoded baseband signal z2' by e**.
Then, when a change of phase by, for example, a phase
changing set for P[i] of X radians and Y radians is performed
on both precoded baseband signals, the phase changers from
FIGS. 26, 27, 28, 52, and 54 multiply precoded baseband
signal z2' by ¥ and multiply precoded baseband signal z1' by
v

Embodiment C7

The present Embodiment describes a method of regularly
changing the phase, specifically as done in Embodiment A1l
and Embodiment C6, when encoding is performed using
block codes as described in Non-Patent Literature 12 through
15, such as QC LDPC Codes (not only QC-LDPC but also
LDPC (block) codes may be used), concatenated LDPC and
BCH codes, Turbo codes or Duo-Binary Turbo codes, and so
on. The following example considers a case where two
streams s1 and s2 are transmitted. When encoding has been
performed using block codes and control information and the
like is not necessary, the number of bits making up each coded
block matches the number of bits making up each block code
(control information and so on described below may yet be
included). When encoding has been performed using block
codes or the like and control information or the like (e.g.,
CRC transmission parameters) is required, then the number
of'bits making up each coded block is the sum of the number
of bits making up the block codes and the number of bits
making up the information.

FIG. 34 illustrates the varying numbers of symbols and
slots needed in one coded block when block codes are used.
FIG. 34 illustrates the varying numbers of symbols and slots
needed in each coded block when block codes are used when,
for example, two streams s1 and s2 are transmitted as indi-
cated by the transmission device from FIG. 4, and the trans-
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mission device has only one encoder. (Here, the transmission
method may be any single-carrier method or multi-carrier
method such as OFDM.)

As shown in FIG. 34, when block codes are used, there are
6000 bits making up a single coded block. In order to transmit
these 6000 bits, the number of required symbols depends on
the modulation scheme, being 3000 for QPSK, 1500 for
16-QAM, and 1000 for 64-QAM.

Then, given that the transmission device from FIG. 4 trans-
mits two streams simultaneously, 1500 of the aforementioned
3000 symbols needed when the modulation scheme is QPSK
are assigned to s1 and the other 1500 symbols are assigned to
s2. As such, 1500 slots for transmitting the 1500 symbols
(hereinafter, slots) are required for each of s1 and s2.

By the same reasoning, when the modulation scheme is
16-QAM, 750 slots are needed to transmit all of the bits
making up two coded blocks, and when the modulation
scheme is 64-QAM, 500 slots are needed to transmit all of the
bits making up the two coded blocks.

The following describes the relationship between the
above-defined slots and the phase, as pertains to methods for
a regular change of phase.

Here, five different phase changing values (or phase chang-
ing sets) are assumed as having been prepared for use in the
method for a regular change of phase, which has a period
(cycle) of five. The phase changing values (or phase changing
sets) prepared in order to regularly change the phase with a
period (cycle) of five are P[0], P[1], P[2], P[3], and P[4].
However, P[0], P[1], P[2], P[3], and P[4] should include at
least two different phase changing values (i.e., P[0], P[1],
P[2], P[3], and P[4] may include identical phase changing
values). (As in FIG. 6, five phase changing values are needed
in order to perform a change of phase having a period (cycle)
of five on precoded baseband signal z2' only. Also, as in FIG.
26, two phase changing values are needed for each slot in
order to perform the change of phase on both precoded base-
band signals z1' and z2'. These two phase changing values are
termed a phase changing set. Accordingly, five phase chang-
ing sets should ideally be prepared in order to perform a
change of phase having a period (cycle) of five in such cir-
cumstances).

For the above-described 1500 slots needed to transmit the
6000 bits making up a single coded block when the modula-
tion scheme is QPSK, phase changing value P[0] is used on
300 slots, phase changing value P[1] is used on 300 slots,
phase changing value P[2] is used on 300 slots, phase chang-
ing value P[3] is used on 300 slots, and phase changing value
P[4] is used on 300 slots. This is due to the fact that any bias
in phase changing value usage causes great influence to be
exerted by the more frequently used phase changing value,
and that the reception device is dependent on such influence
for data reception quality.

Further, for the above-described 750 slots needed to trans-
mit the 6000 bits making up a single coded block when the
modulation scheme is 16-QAM, phase changing value P[0] is
used on 150 slots, phase changing value P[1] is used on 150
slots, phase changing value P[2] is used on 150 slots, phase
changing value P[3] is used on 150 slots, and phase changing
value P[4] is used on 150 slots.

Further, for the above-described 500 slots needed to trans-
mit the 6000 bits making up a single coded block when the
modulation scheme is 64-QAM, phase changing value P[0] is
used on 100 slots, phase changing value P[1] is used on 100
slots, phase changing value P[2] is used on 100 slots, phase
changing value P[3] is used on 100 slots, and phase changing
value P[4] is used on 100 slots.
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As described above, the phase changing values used in the
phase changing method regularly switching between phase
changing values with a period (cycle) of N are expressed as
P[0], P[1] . . . P[N=2], P[N-1]. However, P[O], P[1] . . .
P[N-2], P[N-1] should include at least two different phase
changing values (i.e., P[0], P[1] . . . P[N-2], P[N-1] may
include identical phase changing values). In order to transmit
all of the bits making up a single coded block, phase changing
value P[0] is used on K, slots, phase changing value P[1] is
used on K, slots, phase changing value P[i] is used on K slots
(where i=0, 1, 2 . . . N-1 (i being an integer between 0 and
N-1)), and phase changing value P[N-1] is used on K, ;
slots, such that Condition #C17 is met.

(Condition #C17)

K=K, ...=K~=...K,_;. Thatis, K =K, (Va and ¥b where
a,b,=0, 1,2 ... N-1 (aand b being integers between 0 and
N-1), a=b).

Then, when a communication system that supports mul-
tiple modulation schemes selects one such supported method
for use, Condition #C17 is met for the supported modulation
scheme.

However, when multiple modulation schemes are sup-
ported, each such modulation scheme typically uses symbols
transmitting a different number of bits per symbols (though
some may happen to use the same number), Condition #C17
may not be satisfied for some modulation schemes. In such a
case, the following condition applies instead of Condition
#C17.

(Condition #C18)

The difference between K, and K, satisfies O or 1. That is,
IK,-K, | satisfies 0 or 1 (Va, Vb, wherea, b=0,1,2...N-1(a
and b being integers between 0 and N-1), a=b).

FIG. 35 illustrates the varying numbers of symbols and
slots needed in two coded blocks when block codes are used.
FIG. 35 illustrates the varying numbers of symbols and slots
needed in each coded block when block codes are used when,
for example, two streams s1 and s2 are transmitted as indi-
cated by the transmission device from FI1G. 3 and FIG. 12, and
the transmission device has two encoders. (Here, the trans-
mission method may be any single-carrier method or multi-
carrier method such as OFDM.)

As shown in FIG. 35, when block codes are used, there are
6000 bits making up a single coded block. In order to transmit
these 6000 bits, the number of required symbols depends on
the modulation scheme, being 3000 for QPSK, 1500 for
16-QAM, and 1000 for 64-QAM.

The transmission device from FIG. 3 and the transmission
device from FIG. 12 each transmit two streams at once, and
have two encoders. As such, the two streams each transmit
different code blocks. Accordingly, when the modulation
scheme is QPSK, two coded blocks drawn from s1 and s2 are
transmitted within the same interval, e.g., a first coded block
drawn from sl is transmitted, then a second coded block
drawn from s2 is transmitted. As such, 3000 slots are needed
in order to transmit the first and second coded blocks.

By the same reasoning, when the modulation scheme is
16-QAM, 1500 slots are needed to transmit all of the bits
making up two coded blocks, and when the modulation
scheme is 64-QAM, 1000 slots are needed to transmit all of
the bits making up the two coded blocks.

The following describes the relationship between the
above-defined slots and the phase, as pertains to methods for
a regular change of phase.

Here, five different phase changing values (or phase chang-
ing sets) are assumed as having been prepared for use in the
method for a regular change of phase, which has a period
(cycle) of five. That is, the phase changer of the transmission
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device from FIG. 4 uses five phase changing values (or phase
changing sets) P[0], P[1], P[2], P[3], and P[4] to achieve the
period (cycle) of five. However, P[0], P[1], P[2], P[3], and
P[4] should include at least two different phase changing
values (i.e., P[0], P[1], P[2], P[3], and P[4] may include
identical phase changing values). (As in FIG. 6, five phase
changing values are needed in order to perform a change of
phase having a period (cycle) of five on precoded baseband
signal 72' only. Also, as in FIG. 26, two phase changing values
are needed for each slot in order to perform the change of
phase on both precoded baseband signals z1' and z2'. These
two phase changing values are termed a phase changing set.
Accordingly, five phase changing sets should ideally be pre-
pared in order to perform a change of phase having a period
(cycle) of five in such circumstances). The five phase chang-
ing values (or phase changing sets) needed for the period
(cycle) of five are expressed as P[0], P[1], P[2], P[3], and
P[4].

For the above-described 3000 slots needed to transmit the
6000x2 bits making up the pair of coded blocks when the
modulation scheme is QPSK, phase changing value P[0] is
used on 600 slots, phase changing value P[1] is used on 600
slots, phase changing value P[2] is used on 600 slots, phase
changing value P[3] is used on 600 slots, and phase changing
value P[4] is used on 600 slots. This is due to the fact that any
bias in phase changing value usage causes great influence to
be exerted by the more frequently used phase changing value,
and that the reception device is dependent on such influence
for data reception quality.

Further, in order to transmit the first coded block, phase
changing value P[0] is used on slots 600 times, phase chang-
ing value P[1] is used on slots 600 times, phase changing
value P[2] is used on slots 600 times, phase changing value
P[3] is used on slots 600 times, and phase changing value
PHASE][4]is used on slots 600 times. Furthermore, in orderto
transmit the second coded block, phase changing value P[0] is
used on slots 600 times, phase changing value P[1] is used on
slots 600 times, phase changing value P[2] is used on slots
600 times, phase changing value P[3] is used on slots 600
times, and phase changing value P[4] is used on slots 600
times.

Similarly, for the above-described 1500 slots needed to
transmit the 6000x2 bits making up the pair of coded blocks
when the modulation scheme is 16-QAM, phase changing
value P[0] is used on 300 slots, phase changing value P[1] is
used on 300 slots, phase changing value P[2] is used on 300
slots, phase changing value P[3] is used on 300 slots, and
phase changing value P[4] is used on 300 slots.

Furthermore, in order to transmit the first coded block,
phase changing value P[0] is used on slots 300 times, phase
changing value P[1] is used on slots 300 times, phase chang-
ing value P[2] is used on slots 300 times, phase changing
value P[3] is used on slots 300 times, and phase changing
value P[4] is used on slots 300 times. Furthermore, in order to
transmit the second coded block, phase changing value P[0] is
used on slots 300 times, phase changing value P[1] is used on
slots 300 times, phase changing value P[2] is used on slots
300 times, phase changing value P[3] is used on slots 300
times, and phase changing value P[4] is used on slots 300
times.

Furthermore, for the above-described 1000 slots needed to
transmit the 6000x2 bits making up the two coded blocks
when the modulation scheme is 64-QAM, phase changing
value P[0] is used on 200 slots, phase changing value P[1] is
used on 200 slots, phase changing value P[2] is used on 200
slots, phase changing value P[3] is used on 200 slots, and
phase changing value P[4] is used on 200 slots.
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Furthermore, in order to transmit the first coded block,
phase changing value P[0] is used on slots 200 times, phase
changing value P[1] is used on slots 200 times, phase chang-
ing value P[2] is used on slots 200 times, phase changing
value P[3] is used on slots 200 times, and phase changing
value P[4] is used on slots 200 times. Furthermore, in order to
transmit the second coded block, phase changing value P[0] is
used on slots 200 times, phase changing value P[1] is used on
slots 200 times, phase changing value P[2] is used on slots
200 times, phase changing value P[3] is used on slots 200
times, and phase changing value P[4] is used on slots 200
times.

As described above, the phase changing values used in the
phase changing method regularly switching between phase
changing values with a period (cycle) of N are expressed as
P[0], P[1] . . . P[N=2], P[N-1]. However, P[O], P[1] . . .
P[N-2], P[N-1] should include at least two different phase
changing values (i.e., P[0], P[1] . . . P[N-2], P[N-1] may
include identical phase changing values). In order to transmit
all of the bits making up a single coded block, phase changing
value P[0] is used on K|, slots, phase changing value P[1] is
used on K, slots, phase changing value P[i] is used on K slots
(where i=0, 1, 2 . . . N-1 (i being an integer between 0 and
N-1)), and phase changing value P[N-1] is used on K, ;
slots, such that Condition #C19 is met.

(Condition #C19)

K=K, ...=K~=...K,_;. Thatis, K =K, (Va and ¥b where
a,b,=0, 1,2 ... N-1 (aand b being integers between 0 and
N-1), a=b).

In order to transmit all of the bits making up the first coded
block, phase changing value P[0] is used K, times, phase
changing value P[1] is used K, 1 times, phase changing value
P[i] is used K, ; (where i=0, 1,2 ... N-1 (i being an integer
between 0 and N-1)), and phase changing value P[N-1] is
used K., ; times.

(Condition #C20)

Ko, 7K, ,=...K; ,=... Ky, ;. Thatis, K, , =K, , (Vaand Vb
where a, b,=0, 1,2 ... N-1 (aand b being integers between 0
and N-1), a=b).

In order to transmit all of the bits making up the second coded
block, phase changing value P[0] is used K, , times, phase
changing value P[1] is used K, , times, phase changing value
P[i] is used K, , (where i=0, 1, 2 . . . N-1 (i being an integer
between 0 and N-1)), and phase changing value P[N-1] is
used K., , times.

(Condition #C21)

KooK, 5= . K, ,=... Ky, 5. Thatis, K, ,=K, , (Vaand Vb
where a, b,=0, 1,2 ... N-1, a=b).

Then, when a communication system that supports mul-
tiple modulation schemes selects one such supported method
for use, Condition #C19, Condition #C20, and Condition
#C21 are preferably met for the supported modulation
scheme.

However, when multiple modulation schemes are sup-
ported, each such modulation scheme typically uses symbols
transmitting a different number of bits per symbols (though
some may happen to use the same number), Condition #C19,
Condition #C20, and Condition #C21 may not be satisfied for
some modulation schemes. In such a case, the following
conditions apply instead of Condition #C19, Condition #C20,
and Condition #C21.

(Condition #C22)

The difference between K, and K, satisfies 0 or 1. That is,
IK,-K, | satisfies 0 or 1 (Va, Vb, wherea, b=0,1,2...N-1(a
and b being integers between 0 and N-1), a=b).
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(Condition #C23)

The difference between K, ; and K, | satisfies O or 1. That is,
IK,,-K, |satisfiesOor1(Va, Vb, wherea, b=0,1,2...N-1
(a and b being integers between 0 and N-1), a=b).
(Condition #C24)

The difference between K, , and K, , satisfies O or 1. That is,
IK, ,—K, .| satisfies Oor 1 (Va, Vb, wherea, b=0,1,2...N-1
(a and b being integers between 0 and N-1), a=b).

As described above, bias among the phase changing values
being used to transmit the coded blocks is removed by creat-
ing a relationship between the coded block and the phase
changing values. As such, data reception quality can be
improved for the reception device.

In the present Embodiment, N phase changing values (or
phase changing sets) are needed in order to perform a change
of phase having a period (cycle) of N with the method for a
regular change of phase. As such, N phase changing values
(or phase changing sets) P[O], P[1], P[2] . . . P[N-2], and
P[N-1] are prepared. However, methods exist for ordering
the phases in the stated order with respect to the frequency
domain. No limitation is intended in this regard. The N phase
changing values (or phase changing sets) P[0], P[1], P[2] ...
P[N-2], and P[N-1] may also change the phases of blocks in
the time domain or in the time-frequency domain to obtain a
symbol arrangement as described in Embodiment 1.
Although the above examples discuss a phase changing
method with a period (cycle) of N, the same effects are obtain-
able using N phase changing values (or phase changing sets)
at random. That is, the N phase changing values (or phase
changing sets) need not always have regular periodicity. As
long as the above-described conditions are satisfied, great
quality data reception improvements are realizable for the
reception device.

Furthermore, given the existence of modes for spatial mul-
tiplexing MIMO methods, MIMO methods using a fixed pre-
coding matrix, space-time block coding methods, single-
stream transmission, and methods using a regular change of
phase, the transmission device (broadcaster, base station)
may select any one of these transmission methods.

As described in Non-Patent Literature 3, spatial multiplex-
ing MIMO methods involve transmitting signals s1 and s2,
which are mapped using a selected modulation scheme, on
each of two different antennas. MIMO methods using a fixed
precoding matrix involve performing precoding only (with no
change in phase). Further, space-time block coding methods
are described in Non-Patent Literature 9, 16, and 17. Single-
stream transmission methods involve transmitting signal s1,
mapped with a selected modulation scheme, from an antenna
after performing predetermined processing.

Schemes using multi-carrier transmission such as OFDM
involve a first carrier group made up of a plurality of carriers
and a second carrier group made up of a plurality of carriers
different from the first carrier group, and so on, such that
multi-carrier transmission is realized with a plurality of car-
rier groups. For each carrier group, any of spatial multiplex-
ing MIMO schemes, MIMO schemes using a fixed precoding
matrix, space-time block coding schemes, single-stream
transmission, and schemes using a regular change of phase
may be used. In particular, schemes using a regular change of
phase on a selected (sub-)carrier group are preferably used to
realize the present Embodiment.

When a change of phase by, for example, a phase changing
value for P[i] of X radians is performed on only one precoded
baseband signal, the phase changers of FIGS. 3, 4, 6, 12, 25,
29, 51, and 53 multiply precoded baseband signal z2' by &/~.
Then, when a change of phase by, for example, a phase
changing set for P[i] of X radians and Y radians is performed
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on both precoded baseband signals, the phase changers from
FIGS. 26, 27, 28, 52, and 54 multiply precoded baseband
signal z2' by ¥ and multiply precoded baseband signal z1' by
e

Embodiment D1

The present Embodiment is first described as a variation of
Embodiment 1. FIG. 67 illustrates a sample transmission
device pertaining to the present Embodiment. Components
thereof operating identically to those of FIG. 3 use the same
reference numbers thereas, and the description thereof is
omitted for simplicity, below. FIG. 67 differs from FIG. 3 in
the insertion of a baseband signal switcher 6702 directly
following the weighting units. Accordingly, the following
explanations are primarily centred on the baseband signal
switcher 6702.

FIG. 21 illustrates the configuration of the weighting units
308A and 308B. The area of FIG. 21 enclosed in the dashed
line represents one of the weighting units. Baseband signal
307A is multiplied by w11 to obtain w11-s1(t), and multiplied
by w21 to obtain w21-s1(t). Similarly, baseband signal 307B
is multiplied by w12 to obtain w12-s2(t), and multiplied by
w22 to obtain w22-s2(t). Next, z1(t)=w11l-s1(t)+w12-s2(t)
and z2(t)=w21-s1(t)+w22-s22(t) are obtained. Here, as
explained in Embodiment 1, s1(t) and s2(t) are baseband
signals modulated according to a modulation scheme such as
BPSK, QPSK, 8-PSK, 16-QAM, 32-QAM, 64-QAM, 256-
QAM, 16-APSK and so on. Both weighting units perform
weighting using a fixed precoding matrix. The precoding
matrix uses, for example, the method of Math. 62 (formula
62), and satisfies the conditions of Math. 63 (formula 63) or
Math. 64 (formula 64), all found below. However, this is only
an example. The value of a is not limited to Math. 63 (formula
63) and Math. 64 (formula 64), and may, for example, be 1, or
may be 0 (o is preferably a real number greater than or equal
to 0, but may be also be an imaginary number).

Here, the precoding matrix is

Math. 62]

wll wl2 1 0 (formula 62)
(wm wzz]= [wxejo

In Math. 62 (formula 62), above, a. is given by:

ozxejo]

a? +1 e

[Math. 63]

(formula 63)

V2 +4

V2 42

Alternatively, in Math. 62 (formula 62), above, c. may be
given by:

V2 +3+45 [Math. 64]

V2 +3-+5

(Formula 64)
Alternatively, the precoding matrix is not restricted to that
of Math. 62 (formula 62), but may also be:
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[Math. 65]
(Wll WIZ] (a b]
w2l w22) ¢ d

where a=Ae’®'!, b=Be®'2, c=Ce/*?!, and d=De/**2. Fur-
ther, one of a, b, ¢, and d may be equal to zero. For example:
(1) a may be zero while b, ¢, and d are non-zero, (2) b may be
zero while a, ¢, and d are non-zero, (3) ¢ may be zero while a,
b, and d are non-zero, or (4) d may be zero whilea, b, and c are
non-zero.

Alternatively, any two of a, b, ¢, and d may be equal to zero.
For example, (1) a and d may be zero while b and ¢ are
non-zero, or (2) b and ¢ may be zero while a and d are
non-zero.

When any of the modulation scheme, error-correcting
codes, and the coding rate thereof are changed, the precoding
matrix in use may also be set and changed, or the same
precoding matrix may be used as-is.

Next, the baseband signal switcher 6702 from FIG. 67 is
described. The baseband signal switcher 6702 takes weighted
signal 309A and weighted signal 316B as input, performs
baseband signal switching, and outputs switched baseband
signal 6701A and switched baseband signal 6701B. The
details of baseband signal switching are as described with
reference to FIG. 55. The baseband signal switching per-
formed in the present Embodiment differs from that of FIG.
55 in terms of the signal used for switching. The following
describes the baseband signal switching of the present
Embodiment with reference to FIG. 68.

In FIG. 68, weighted signal 309A(p1(i)) has an in-phase
component I of L, (i) and a quadrature component Q of Q,,
(1), while weighted signal 316B(p2(i)) has an in-phase com-
ponent [ of [ ,(i) and a quadrature component Q of Q,,,(1). In
contrast, switched baseband signal 6701A(q1(i)) has an in-
phase component I of I (i) and a quadrature component Q of
Q,1(1), while switched baseband signal 6701B(q2(i) has an
in-phase component I of I (i) and a quadrature component Q
of Q_,(1). (Here, 1 represents (time or (carrier) frequency
order. In the example of FIG. 67, i represents time, though i
may also represent (carrier) frequency when FIG. 67 is
applied to an OFDM scheme, as in FIG. 12. These points are
elaborated upon below.)

Here, the baseband components are switched by the base-
band signal switcher 6702, such that:

For switched baseband signal q1(i), the in-phase compo-
nent I may be 1,,,(i) while the quadrature component Q
may be Q,,(i), and for switched baseband signal q2(i),
the in-phase component I may be I,,,(i) while the quadra-
ture component q may be Q,,, (i). The modulated signal
corresponding to switched baseband signal ql(i) is
transmitted by transmit antenna 1 and the modulated
signal corresponding to switched baseband signal q2(i)
is transmitted from transmit antenna 2, simultaneously
on a common frequency. As such, the modulated signal
corresponding to switched baseband signal q1(i) and the
modulated signal corresponding to switched baseband
signal q2(i) are transmitted from different antennas,
simultaneously on a common frequency. Alternatively,

For switched baseband signal q1(i), the in-phase compo-
nent may be 1,,, (i) while the quadrature component may
be L,,(i), and for switched baseband signal q2(i), the
in-phase component may be Q,,, (i) while the quadrature
component may be Q,,5(i).

(formula 65)
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For switched baseband signal q1(i), the in-phase compo-
nent may be I,,(i1) while the quadrature component may
be 1,,(i), and for switched baseband signal q2(i), the
in-phase component may be Q,,, (i) while the quadrature
component may be Q,,,(i).

For switched baseband signal q1(i), the in-phase compo-
nent may be L, (i) while the quadrature component may
be 1,,(i), and for switched baseband signal q2(i), the
in-phase component may be Q,,,(1) while the quadrature
component may be Q,,,(i).

For switched baseband signal q1(i), the in-phase compo-
nent may be L,,(i) while the quadrature component may
be 1,,(i), and for switched baseband signal q2(i), the
in-phase component may be Q,,,(i) while the quadrature
component may be Q,,,(i).

For switched baseband signal q1(i), the in-phase compo-
nent may be L,, (i) while the quadrature component may
be Q,,(1), and for switched baseband signal q2(i), the
in-phase component may be Q,,, (i) while the quadrature
component may be 1,,(i).

For switched baseband signal q1(i), the in-phase compo-
nent may be Q,,(i) while the quadrature component may
be 1,,(1), and for switched baseband signal q2(i), the
in-phase component may be ,,(i) while the quadrature
component may be Q,,,(i).

For switched baseband 51gna1 q1(), the in-phase compo-
nent may be Q,,(i) while the quadrature component may
be 1, (1), and for switched baseband signal q2(i), the
in-phase component may be Q,,, (i) while the quadrature
component may be [ ,(1).

For switched baseband signal q2(i), the in-phase compo-
nent may be L, (i) while the quadrature component may
be 1,,(1), and for switched baseband signal q1(i), the
in-phase component may be Q,,, (i) while the quadrature
component may be Q,,,(1).

For switched baseband signal q2(i), the in-phase compo-
nent may be L,,(i) while the quadrature component may
be 1,,(i), and for switched baseband signal ql(i), the
in-phase component may be Q,,, (i) while the quadrature
component may be Q,,,(1).

For switched baseband 51gna1 q2(i), the in-phase compo-
nent may be L, (i) while the quadrature component may
be 1,,(i), and for switched baseband signal ql(i), the
in-phase component may be Q,,,(i) while the quadrature
component may be Q,,,(i).

For switched baseband signal q2(i), the in-phase compo-
nent may be I,,(1) while the quadrature component may
be 1,,(i), and for switched baseband signal ql(i), the
in-phase component may be Q,,,(i) while the quadrature
component may be Q,,,(i).

For switched baseband signal q2(i), the in-phase compo-
nent may be L,, (i) while the quadrature component may
be Q,,(1), and for switched baseband signal q1(i), the
in-phase component may be I ,(1) while the quadrature
component may be Q,,,(i).

For switched baseband signal q2(i), the in-phase compo-
nent may be L,, (i) while the quadrature component may
be Q,,(i), and for switched baseband signal q1(i), the
in-phase component may be Q,,, (i) while the quadrature
component may be 1,,(i).

For switched baseband signal q2(i), the in-phase compo-
nent may be Q,,(i) while the quadrature component may
be 1, (1), and for switched baseband signal ql(i), the
1n-phase component may be 1,,(i) while the quadrature
component may be Q,,,(i).

For switched baseband signal q2(i), the in-phase compo-
nent may be Q,,(i) while the quadrature component may
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be L,,(i), and for switched baseband signal ql(i), the
in-phase component may be Q,,, (i) while the quadrature
component may be L,,(i).

Alternatively, the weighted signals 309A and 316B are not
limited to the above-described switching of in-phase compo-
nent and quadrature component. Switching may be per-
formed on in-phase components and quadrature components
greater than those of the two signals.

Also, while the above examples describe switching per-
formed on baseband signals having a common timestamp
(common (sub-)carrier) frequency), the baseband signals
being switched need not necessarily have a common times-
tamp (common (sub-)carrier) frequency). For example, any
of the following are possible.

For switched baseband signal q1(i), the in-phase compo-
nent may be L, (i+v) while the quadrature component
may be Q,,(i+w), and for switched baseband signal
q2(i), the in-phase component may be I, (i+w) while the
quadrature component may be Q,,,(i+v).

For switched baseband signal q1(i), the in-phase compo-
nent may be L, (i+v) while the quadrature component
may be [ ,,(i+w), and for switched baseband signal q2(1),
the in-phase component may be Q,,(i+v) while the
quadrature component may be Q,,,(i+w).

For switched baseband signal q1(i), the in-phase compo-
nent may be I,,(i+w) while the quadrature component
may be 1,,(i+v), and for switched baseband signal q2(1),
the in-phase component may be Q,,(i+v) while the
quadrature component may be Q,,,(i+w).

For switched baseband signal q1(i), the in-phase compo-
nent may be L,,(i+v) while the quadrature component
may be [,,(i+w), and for switched baseband signal q2(1),
the in-phase component may be Q,,(i+w) while the
quadrature component may be Q,,,(i+v).

For switched baseband signal q1(i), the in-phase compo-
nent may be I,,(i+w) while the quadrature component
may be 1,,(i+v), and for switched baseband signal q2(1),
the in-phase component may be Q,,(i+w) while the
quadrature component may be Q,,,(i+v).

For switched baseband signal q1(i), the in-phase compo-
nent may be L,,(i+v) while the quadrature component
may be Q,,(i+w), and for switched baseband signal
q2(i), the in-phase component may be Q,,(i+v) while
the quadrature component may be I, (i+w).

For switched baseband signal q1(i), the in-phase compo-
nent may be Q,,,(i+w) while the quadrature component
may be L, (i+v), and for switched baseband signal q2(1),
the in-phase component may be 1,,(i+w) while the
quadrature component may be Q,,, (i+v).

For switched baseband signal q1(i), the in-phase compo-
nent may be Q,,,(i+w) while the quadrature component
may be 1,,(i+v), and for switched baseband signal q2(1),
the in-phase component may be Q,,(i+v) while the
quadrature component may be [ ,(i+w).

For switched baseband signal q2(1), the in-phase compo-
nent may be L, (i+v) while the quadrature component
may be [,,(i+w), and for switched baseband signal q1 (),
the in-phase component may be Q,,(i+v) while the
quadrature component may be Q,,,(i+w).

For switched baseband signal q2(i), the in-phase compo-
nent may be I ,(i+w) while the quadrature component
may be 1,,(i+v), and for switched baseband signal q1 (1),
the in-phase component may be Q,,(i+v) while the
quadrature component may be Q,,,(i+w).

For switched baseband signal q2(i), the in-phase compo-
nent may be L,,(i+v) while the quadrature component
may be [,,(i+w), and for switched baseband signal q1(3),
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the in-phase component may be Q,,(i+w) while the
quadrature component may be Q,,, (i+v).

For switched baseband signal q2(i), the in-phase compo-
nent may be I,,(i+w) while the quadrature component
may be L, (i+v), and for switched baseband signal q1(i),
the in-phase component may be Q,,(i+w) while the
quadrature component may be Q,,,(i+v).

For switched baseband signal q2(i), the in-phase compo-
nent may be L,,(i+v) while the quadrature component
may be Q,,(i+w), and for switched baseband signal
q1(i), the in-phase component may bel ,(i+w) while the
quadrature component may be Q,,,(i+v).

For switched baseband signal q2(i), the in-phase compo-
nent may be L, (i+v) while the quadrature component
may be Q,,(i+w), and for switched baseband signal
ql(i), the in-phase component may be Q,,(i+v) while
the quadrature component may be [ ,(i+w).

For switched baseband signal q2(i), the in-phase compo-
nent may be Q,,(i+w) while the quadrature component
may be L, (i+v), and for switched baseband signal q1(i),
the in-phase component may be 1,,(i+w) while the
quadrature component may be Q,,,(i+v).

For switched baseband signal q2(i), the in-phase compo-
nent may be Q,,(i+w) while the quadrature component
may be L, (i+v), and for switched baseband signal q1(i),
the in-phase component may be Q,,(i+v) while the
quadrature component may be 1,,,(i+w).

Here, weighted signal 309A(p1(i)) has an in-phase com-
ponent I of 1,,(i) and a quadrature component Q of Q,,, (1),
while weighted signal 316B(p2(i)) has an in-phase compo-
nent I of [ ,(i) and a quadrature component Q of Q,,(1). In
contrast, switched baseband signal 6701A(q1(i)) has an in-
phase component I of T, (i) and a quadrature component Q of
Q,1(1), while switched baseband signal 6701B(q2(i)) has an
in-phase component I (i) and a quadrature component Q of
Q:(0).

In FIG. 68, as described above, weighted signal 309A(pl
(1)) has an in-phase component I of 1,,(i) and a quadrature
component Q of Q,, (i), while weighted signal 316B(p2())
has an in-phase component I of 1,,(1) and a quadrature com-
ponent Q of Q,,(i). In contrast, switched baseband signal
6701A(q1(i)) has an in-phase component I of I_,(i) and a
quadrature component Q of Q,, (i), while switched baseband
signal 6701B(q2(i)) has an in-phase component I ,(i) and a
quadrature component Q of Q_,(1).

As such, in-phase component I of I_,(i) and quadrature
component Q of Q,, (i) of switched baseband signal 6701A
(q1(i)) and in-phase component I ., (i) and quadrature compo-
nent Q of Q,,(i) of baseband signal 6701B(q2(i)) are express-
ible as any of the above.

As such, the modulated signal corresponding to switched
baseband signal 6701A(q1(i)) is transmitted from transmit
antenna 312A, while the modulated signal corresponding to
switched baseband signal 6701B(q2(1)) is transmitted from
transmit antenna 312B, both being transmitted simulta-
neously on a common frequency. Thus, the modulated signals
corresponding to switched baseband signal 6701A(q1(1)) and
switched baseband signal 6701B(q2(1)) are transmitted from
different antennas, simultaneously on a common frequency.

Phase changer 317B takes switched baseband signal
6701B and signal processing method information 315 as
input and regularly changes the phase of switched baseband
signal 6701B for output. This regular change is a change of
phase performed according to a predetermined phase chang-
ing pattern having a predetermined period (cycle) (e.g., every
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n symbols (n being an integer, nz1) or at a predetermined
interval). The phase changing pattern is described in detail in
Embodiment 4.

Wireless unit 310B takes post-phase change signal 309B as
input and performs processing such as quadrature modula-
tion, band limitation, frequency conversion, amplification,
and so on, then outputs transmit signal 311B. Transmit signal
311B is then output as radio waves by an antenna 312B.

FIG. 67, muchlike FIG. 3, is described as having a plurality
of'encoders. However, FIG. 67 may also have an encoder and
a distributor like FIG. 4. In such a case, the signals output by
the distributor are the respective input signals for the inter-
leaver, while subsequent processing remains as described
above for FIG. 67, despite the changes required thereby.

FIG. 5 illustrates an example of a frame configuration in
the time domain for a transmission device according to the
present Embodiment. Symbol 500_1 is a symbol for notifying
the reception device of the transmission method. For
example, symbol 500_1 conveys information such as the
error-correction method used for transmitting data symbols,
the coding rate thereof, and the modulation scheme used for
transmitting data symbols.

Symbol 501_1 is for estimating channel fluctuations for
modulated signal z1(t) (where t is time) transmitted by the
transmission device. Symbol 502_1 is a data symbol trans-
mitted by modulated signal z1(t) as symbol number u (in the
time domain). Symbol 503_1 is a data symbol transmitted by
modulated signal z1(t) as symbol number u+1.

Symbol 501_2 is for estimating channel fluctuations for
modulated signal z2(t) (where t is time) transmitted by the
transmission device. Symbol 502_2 is a data symbol trans-
mitted by modulated signal z2(t) as symbol number u. Sym-
bol 503_2 is a data symbol transmitted by modulated signal
z1(t) as symbol number u+1.

Here, the symbols of z1(t) and of z2(t) having the same
timestamp (identical timing) are transmitted from the trans-
mit antenna using the same (shared/common) frequency.

The following describes the relationships between the
modulated signals z1 (t) and z2(t) transmitted by the trans-
mission device and the received signals rl(t) and r2(t)
received by the reception device.

In FIG. 5, 504#1 and 504#2 indicate transmit antennas of
the transmission device, while 505#1 and 505#2 indicate
receive antennas of the reception device. The transmission
device transmits modulated signal z1(t) from transmit
antenna 504#1 and transmits modulated signal z2(t) from
transmit antenna 504#2. Here, modulated signals z1(t) and
72(t) are assumed to occupy the same (shared/common) fre-
quency (bandwidth). The channel fluctuations in the transmit
antennas of the transmission device and the antennas of the
reception device are h, (1), h,; (1), h,,(t), and h,,(t), respec-
tively. Assuming that receive antenna 505#1 of the reception
device receives received signal r1(t) and that receive antenna
505#2 of the reception device receives received signal r2(t),
the following relationship holds.

[Math. 66]
(rl(l)]_(hu(l) hlz(l)](zl(l)]
r20) " Nk (0 B N 220

FIG. 69 pertains to the weighting method (precoding
method), the baseband switching method, and the phase
changing method of the present Embodiment. The weighting
unit 600 is a combined version of the weighting units 308 A

(formula 66)
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and 308B from FIG. 67. As shown, stream s1(t) and stream
s2(t) correspond to the baseband signals 307A and 307B of
FIG. 3. That is, the streams s1(t) and s2(t) are baseband
signals made up of an in-phase component [ and a quadrature
component Q conforming to mapping by a modulation
scheme such as QPSK, 16-QAM, and 64-QAM. As indicated
by the frame configuration of FIG. 69, stream s1(t) is repre-
sented as s1(u) at symbol number u, as sl(u+1) at symbol
number u+1, and so forth. Similarly, stream s2(t) is repre-
sented as s2(u) at symbol number u, as s2(u+1) at symbol
number u+1, and so forth. The weighting unit 600 takes the
baseband signals 307A (s1(t)) and 307B (s2(1)) as well as the
signal processing method information 315 from FIG. 67 as
input, performs weighting in accordance with the signal pro-
cessing method information 315, and outputs the weighted
signals 309A (,,, (1)) and 316B(,,(1)) from FIG. 67.

Here, given vector W1=(w11,w12) from the first row ofthe
fixed precoding matrix F, p,(t) can be expressed as Math. 67
(formula 67), below.

[Math. 67]

pLO=W1s1(D) (formula 67)

Here, given vector W2=(w21,w22) from the first row ofthe
fixed precoding matrix F, p,(t) can be expressed as Math. 68
(formula 68), below.

[Math. 68]

PoO=W2s2(1) (formula 68)

Accordingly, precoding matrix F may be expressed as fol-
lows.

[Math. 69]
( wll wl2 ]
F=
w2l w22

After the baseband signals have been switched, switched
baseband signal 6701A(q, (1)) has an in-phase component I of
Iq, (1) and a quadrature component Q of Qp; (i), and switched
baseband signal 6701B(q,(1)) has an in-phase component I of
1q,(1) and a quadrature component Q of Qq,(i). The relation-
ships between all of these are as stated above. When the phase
changer uses phase changing formula y(t), the post-phase
change baseband signal 309B(q'2(i)) is given by Math. 70
(formula 70), below.

(formula 69)

[Math. 70]

2 O>092()
Here, y(t) is a phase changing formula obeying a predeter-
mined method. For example, given a period (cycle) of four
and timestamp u, the phase changing formula may be
expressed as Math. 71 (formula 71), below.

(formula 70)

[Math. 71]
yuy=e'® (formula 71)

Similarly, the phase changing formula for timestamp u+1
may be, for example, as given by Math. 72 (formula 72).
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[Math. 72]

yu+1) = el (formula 72)

That is, the phase changing formula for timestamp u+k
generalizes to Math. 73 (formula 73).

[Math. 73]

K
v +k)= ef’zﬁ (formula 73)

Note that Math. 71 (formula 71) through Math. 73 (formula
73) are given only as an example of a regular change of phase.

The regular change of phase is not restricted to a period
(cycle) of four. Improved reception capabilities (the error-
correction capabilities, to be exact) may potentially be pro-
moted in the reception device by increasing the period (cycle)
number (this does not mean that a greater period (cycle) is
better, though avoiding small numbers such as two is likely
ideal).

Furthermore, although Math. 71 (formula 71) through
Math. 73 (formula 73), above, represent a configuration in
which a change of phase is carried out through rotation by
consecutive predetermined phases (in the above formula,
every m/2), the change of phase need not be rotation by a
constant amount but may also be random. For example, in
accordance with the predetermined period (cycle) of y(t), the
phase may be changed through sequential multiplication as
shown in Math. 74 (formula 74) and Math. 75 (formula 75).
The key point of the regular change of phase is that the phase
of the modulated signal is regularly changed. The phase
changing degree variance rate is preferably as even as pos-
sible, such as from —x radians to & radians. However, given
that this concerns a distribution, random variance is also
possible.

[Math, 74]
. s .21 formula 74
eloae15~>e15~> ( )

37 Ar ) o1 7T 87 o1

&3 &3 sel 5 edT el el el

[Math. 75]

T ; i ; i i3 i i formula 75
&2 56" 57T 5 el 5 elT 5 IS PIT Sl ( )

As such, the weighting unit 600 of FIG. 6 performs pre-
coding using fixed, predetermined precoding weights, the
baseband signal switcher performs baseband signal switching
as described above, and the phase changer changes the phase
of' the signal input thereto while regularly varying the degree
of change.

When a specialized precoding matrix is used in the LOS
environment, the reception quality is likely to improve tre-
mendously. However, depending on the direct wave condi-
tions, the phase and amplitude components of the direct wave
may greatly differ from the specialized precoding matrix,
upon reception. The LOS environment has certain rules.
Thus, data reception quality is tremendously improved
through a regular change of transmit signal phase that obeys
those rules. The present invention offers a signal processing
method for improving the LOS environment.
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FIG. 7 illustrates a sample configuration of a reception
device 700 pertaining to the present embodiment. Wireless
unit 703_X receives, as input, received signal 702_X received
by antenna 701_X, performs processing such as frequency
conversion, quadrature demodulation, and the like, and out-
puts baseband signal 704_X.

Channel fluctuation estimator 705_1 for modulated signal
z1 transmitted by the transmission device takes baseband
signal 704_X as input, extracts reference symbol 501_1 for
channel estimation from FIG. 5, estimates the value of h,
from Math. 66 (formula 66), and outputs channel estimation
signal 706_1.

Channel fluctuation estimator 705_2 for modulated signal
72 transmitted by the transmission device takes baseband
signal 704_X as input, extracts reference symbol 501_2 for
channel estimation from FIG. 5, estimates the value of h,,
from Math. 66 (formula 66), and outputs channel estimation
signal 706_2.

Wireless unit 703_Y receives, as input, received signal
702_Y received by antenna 701_X, performs processing such
as frequency conversion, quadrature demodulation, and the
like, and outputs baseband signal 704_Y.

Channel fluctuation estimator 707_1 for modulated signal
z1 transmitted by the transmission device takes baseband
signal 704_Y as input, extracts reference symbol 501_1 for
channel estimation from FIG. 5, estimates the value of h,,
from Math. 66 (formula 66), and outputs channel estimation
signal 708_1.

Channel fluctuation estimator 707_2 for modulated signal
72 transmitted by the transmission device takes baseband
signal 704_Y as input, extracts reference symbol 501_2 for
channel estimation from FIG. 5, estimates the value of h,,
from Math. 66 (formula 66), and outputs channel estimation
signal 708_2.

A control information decoder 709 receives baseband sig-
nal 704_X and baseband signal 704_Y as input, detects sym-
bol 500_1 that indicates the transmission method from FIG.
5, and outputs a transmission device transmission method
information signal 710.

A signal processor 711 takes the baseband signals 704_X
and 704_Y, the channel estimation signals 706_1, 706_2,
708_1, and 708_2, and the transmission method information
signal 710 as input, performs detection and decoding, and
then outputs received data 712_1 and 712_2.

Next, the operations of the signal processor 711 from FIG.
7 are described in detail. FIG. 8 illustrates a sample configu-
ration of the signal processor 711 pertaining to the present
embodiment. As shown, the signal processor 711 is primarily
made up of an inner MIMO detector, a soft-in/soft-out
decoder, and a coefficient generator. Non-Patent Literature 2
and Non-Patent Literature 3 describe the method of iterative
decoding with this structure. The MIMO system described in
Non-Patent Literature 2 and Non-Patent Literature 3 is a
spatial multiplexing MIMO system, while the present
Embodiment differs from Non-Patent Literature 2 and Non-
Patent Literature 3 in describing a MIMO system that regu-
larly changes the phase over time, while using the precoding
matrix and performing baseband signal switching. Taking the
(channel) matrix H(t) of Math. 66 (formula 66), then by
letting the precoding weight matrix from FIG. 69 be F (here,
a fixed precoding matrix remaining unchanged for a given
received signal) and letting the phase changing formula used
by the phase changer from FIG. 69 be Y (t) (here, Y(t) changes
over time t), then given the baseband signal switching, the
receive vector R(t)=(r1(t),r2(t))” and the stream vector S(t)=
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(s1(t),s2(t))” lead to the decoding method of Non-Patent Lit-
erature 2 and Non-Patent Literature 3, thus enabling MIMO
detection.

Accordingly, the coefficient generator 819 from FIG. 8
takes a transmission method information signal 818 (corre-
sponding to 710 from FIG. 7) indicated by the transmission
device (information for specifying the fixed precoding matrix
in use and the phase changing pattern used when the phase is
changed) and outputs a signal processing method information
signal 820.

The inner MIMO detector 803 takes the signal processing
method information signal 820 as input and performs iterative
detection and decoding using the signal. The operations are
described below.

The processing unit illustrated in FIG. 8 must use a pro-
cessing method, as is illustrated in FIG. 10, to perform itera-
tive decoding (iterative detection). First, detection of one
codeword (or one frame) of modulated signal (stream) s1 and
of'one codeword (or one frame) of modulated signal (stream)
s2 are performed. As a result, the soft-in/soft-out decoder
obtains the log-likelihood ratio of each bit of the codeword (or
frame) of modulated signal (stream) s1 and of the codeword
(or frame) of modulated signal (stream) s2. Next, the log-
likelihood ratio is used to perform a second round of detection
and decoding. These operations (referred to as iterative
decoding (iterative detection)) are performed multiple times.
The following explanations centre on the creation method of
the log-likelihood ratio of a symbol at a specific time within
one frame.

In FIG. 8, a memory 815 takes baseband signal 801X
(corresponding to baseband signal 704_X from FIG. 7), chan-
nel estimation signal group 802X (corresponding to channel
estimation signals 706_1 and 706_2 from FIG. 7), baseband
signal 801Y (corresponding to baseband signal 704_Y from
FIG. 7), and channel estimation signal group 802Y (corre-
sponding to channel estimation signals 708_1 and 708_2
from FIG. 7) as input, performs iterative decoding (iterative
detection), and stores the resulting matrix as a transformed
channel signal group. The memory 815 then outputs the
above-described signals as needed, specifically as baseband
signal 816X, transformed channel estimation signal group
817X, baseband signal 816Y, and transformed channel esti-
mation signal group 817Y.

Subsequent operations are described separately for initial
detection and for iterative decoding (iterative detection).

(Initial Detection)

The inner MIMO detector 803 takes baseband signal 801X,
channel estimation signal group 802X, baseband signal 801Y,
and channel estimation signal group 802Y as input. Here, the
modulation scheme for modulated signal (stream) sl and
modulated signal (stream) s2 is described as 16-QAM.

The inner MIMO detector 803 first computes a candidate
signal point corresponding to baseband signal 801X from the
channel estimation signal groups 802X and 802Y. FIG. 11
represents such a calculation. In FIG. 11, each black dot is a
candidate signal point in the I-Q plane. Given that the modu-
lation scheme is 16-QAM, 256 candidate signal points exist.
(However, FIG. 11 is only a representation and does not
indicate all 256 candidate signal points.) Letting the four bits
transmitted in modulated signal s1 be b0, b1, b2, and b3 and
the four bits transmitted in modulated signal s2 be b4, b5, b6,
and b7, candidate signal points corresponding to (b0, b1, b2,
b3, b4, b5, b6, b7) are found in FIG. 11. The Euclidean
squared distance between each candidate signal point and
each received signal point 1101 (corresponding to baseband
signal 801X) is then computed. The Euclidian squared dis-
tance between each point is divided by the noise variance o°.
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Accordingly, E (b0, b1, b2, b3, b4, b5, b6, b7) is calculated.
That is, the Euclidian squared distance between a candidate
signal point corresponding to (b0, b1, b2, b3, b4, b5, b6, b7)
and a received signal point is divided by the noise variance.
Here, each of the baseband signals and the modulated signals
sl and s2 is a complex signal.

Similarly, the inner MIMO detector 803 calculates candi-
date signal points corresponding to baseband signal 801Y
from channel estimation signal group 802X and channel esti-
mation signal group 802Y, computes the Euclidean squared
distance between each of the candidate signal points and the
received signal points (corresponding to baseband signal
801Y), and divides the Euclidean squared distance by the
noise variance 02. Accordingly, E (b0, b1, b2, b3, b4, b5, b6,
b7) is calculated. That is, E,-is the Euclidian squared distance
between a candidate signal point corresponding to (b0, b1, b2,
b3, b4, bS5, b6, b7) and a received signal point, divided by the
noise variance.

Next, E4(b0, b1, b2, b3, b4, b5, b6, b7)+E (b0, b1, b2, b3,
b4, b5, b6, b7)=E(b0, b1, b2, b3, b4, b5, b6, b7) is computed.

The inner MIMO detector 803 outputs E(b0, b1, b2, b3, b4,
b5, b6, b7) as the signal 804.

Log-likelihood calculator 805A takes the signal 804 as
input, calculates the log-likelihood of bits b0, b1, b2, and b3,
and outputs a log-likelihood signal 806A. Note that this log-
likelihood calculation produces the log-likelihood of a bit
being 1 and the log-likelihood of a bit being 0. The calculation
method is as shown in Math. 28 (formula 28), Math. 29
(formula 29), and Math. 30 (formula 30), and the details are
given by Non-Patent Literature 2 and 3.

Similarly, log-likelihood calculator 805B takes the signal
804 as input, calculates the log-likelihood of bits b4, b5, b6,
and b7, and outputs log-likelihood signal 806B.

A deinterleaver (807A) takes log-likelihood signal 806 A as
input, performs deinterleaving corresponding to that of the
interleaver (the interleaver (304A) from FIG. 67), and outputs
deinterleaved log-likelihood signal 808A.

Similarly, a deinterleaver (807B) takes log-likelihood sig-
nal 806B as input, performs deinterleaving corresponding to
that of the interleaver (the interleaver (6704B) from FI1G. 67),
and outputs deinterleaved log-likelihood signal 808B.

Log-likelihood ratio calculator 809A takes deinterleaved
log-likelihood signal 808A as input, calculates the log-like-
lihood ratio of the bits encoded by encoder 6702 A from FIG.
67, and outputs log-likelihood ratio signal 810A.

Similarly, log-likelihood ratio calculator 809B takes
deinterleaved log-likelihood signal 808B as input, calculates
the log-likelihood ratio of the bits encoded by encoder 302B
from FIG. 67, and outputs log-likelihood ratio signal 810B.

Soft-in/soft-out decoder 811A takes log-likelihood ratio
signal 810A as input, performs decoding, and outputs a
decoded log-likelihood ratio 812A.

Similarly, soft-in/soft-out decoder 811B takes log-likeli-
hood ratio signal 810B as input, performs decoding, and
outputs decoded log-likelihood ratio 812B.

(Iterative Decoding (Iterative Detection), k Iterations)

The interleaver (813A) takes the k—1th decoded log-like-
lihood ratio 812A decoded by the soft-in/soft-out decoder as
input, performs interleaving, and outputs interleaved log-
likelihood ratio 814A. Here, the interleaving pattern used by
the interleaver (813A) is identical to that of the interleaver
(304A) from FIG. 67.

Another interleaver (813B) takes the k-1th decoded log-
likelihood ratio 812B decoded by the soft-in/soft-out decoder
as input, performs interleaving, and outputs interleaved log-
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likelihood ratio 814B. Here, the interleaving pattern used by
the interleaver (813B) is identical to that of the other inter-
leaver (304B) from FIG. 67.

The inner MIMO detector 803 takes baseband signal 816X,
transformed channel estimation signal group 817X, baseband
signal 816Y, transformed channel estimation signal group
817Y, interleaved log-likelihood ratio 814 A, and interleaved
log-likelihood ratio 814B as input. Here, baseband signal
816X, transformed channel estimation signal group 817X,
baseband signal 816Y, and transformed channel estimation
signal group 817Y are used instead of baseband signal 801X,
channel estimation signal group 802X, baseband signal 801Y,
and channel estimation signal group 802Y because the latter
cause delays due to the iterative decoding.

The iterative decoding operations of the inner MIMO
detector 803 differ from the initial detection operations
thereof in that the interleaved log-likelihood ratios 814A and
814B are used in signal processing for the former. The inner
MIMO detector 803 first calculates E(bO, b1, b2, b3, b4, b5,
b6, b7) in the same manner as for initial detection. In addition,
the coefficients corresponding to Math. 11 (formula 11) and
Math. 32 (formula 32) are computed from the interleaved
log-likelihood ratios 814A and 914B. The value of E(bO0, b1,
b2, b3, b4, b5, b6, b7) is corrected using the coeflicients so
calculated to obtain E'(b0, b1, b2, b3, b4, bS5, b6, b7), which is
output as the signal 804.

The log-likelihood calculator 805 A takes the signal 804 as
input, calculates the log-likelihood of bits b0, b1, b2, and b3,
and outputs the log-likelihood signal 806A. Note that this
log-likelihood calculation produces the log-likelihood of a bit
being 1 and the log-likelihood of a bit being 0. The calculation
method is as shown in Math. 31 (formula 31) through Math.
35 (formula 35), and the details are given by Non-Patent
Literature 2 and 3.

Similarly, log-likelihood calculator 805B takes the signal
804 as input, calculates the log-likelihood of bits b4, b5, b6,
and b7, and outputs log-likelihood signal 806B. Operations
performed by the deinterleaver onwards are similar to those
performed for initial detection.

While FIG. 8 illustrates the configuration of the signal
processor when performing iterative detection, this structure
is not absolutely necessary as good reception improvements
are obtainable by iterative detection alone. As long as the
components needed for iterative detection are present, the
configuration need not include the interleavers 813A and
813B. In such a case, the inner MIMO detector 803 does not
perform iterative detection.

As shown in Non-Patent Literature 5 and the like, QR
decomposition may also be used to perform initial detection
and iterative detection. Also, as indicated by Non-Patent Lit-
erature 11, MMSE and ZF linear operations may be per-
formed when performing initial detection.

FIG. 9 illustrates the configuration of a signal processor
unlike that of FIG. 8, that serves as the signal processor for
modulated signals transmitted by the transmission device
from FIG. 4 as used in FIG. 67. The point of difference from
FIG. 8 is the number of soft-in/soft-out decoders. A soft-in/
soft-out decoder 901 takes the log-likelihood ratio signals
810A and 810B as input, performs decoding, and outputs a
decoded log-likelihood ratio 902. A distributor 903 takes the
decoded log-likelihood ratio 902 as input for distribution.
Otherwise, the operations are identical to those explained for
FIG. 8.

As described above, when a transmission device according
to the present Embodiment using a MIMO system transmits a
plurality of modulated signals from a plurality of antennas,
changing the phase over time while multiplying by the pre-
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coding matrix so as to regularly change the phase results in
improvements to data reception quality for a reception device
in a LOS environment, where direct waves are dominant,
compared to a conventional spatial multiplexing MIMO sys-
tem.

Inthe present Embodiment, and particularly in the configu-
ration of the reception device, the number of antennas is
limited and explanations are given accordingly. However, the
Embodiment may also be applied to a greater number of
antennas. In other words, the number of antennas in the recep-
tion device does not affect the operations or advantageous
effects of the present Embodiment.

Further, in the present Embodiments, the encoding is not
particularly limited to LDPC codes. Similarly, the decoding
method is not limited to implementation by a soft-in/soft-out
decoder using sum-product decoding. The decoding method
used by the soft-in/soft-out decoder may also be, for example,
the BCJR algorithm, SOYA, and the Max-Log-Map algo-
rithm. Details are provided in Non-Patent Literature 6.

In addition, although the present Embodiment is described
using a single-carrier method, no limitation is intended in this
regard. The present Embodiment is also applicable to multi-
carrier transmission. Accordingly, the present Embodiment
may also be realized using, for example, spread-spectrum
communications, OFDM, SC-FDMA, SC-OFDM, wavelet
OFDM as described in Non-Patent Literature 7, and so on.
Furthermore, in the present Embodiment, symbols other than
data symbols, such as pilot symbols (preamble, unique word,
and so on) or symbols transmitting control information, may
be arranged within the frame in any manner

The following describes an example in which OFDM is
used as a multi-carrier method.

FIG. 70 illustrates the configuration of a transmission
device using OFDM. In FIG. 70, components operating in the
manner described for FIGS. 3, 12, and 67 use identical refer-
ence numbers.

An OFDM-related processor 1201 A takes weighted signal
309A as input, performs OFDM-related processing thereon,
and outputs transmit signal 1202 A. Similarly, OFDM-related
processor 1201B takes post-phase change signal 309B as
input, performs OFDM-related processing thereon, and out-
puts transmit signal 1202B.

FIG. 13 illustrates a sample configuration of the OFDM-
related processors 1201 A and 1201B and onward from FIG.
70. Components 1301A through 1310A belong between
1201A and 312A from FIG. 70, while components 1301B
through 1310B belong between 1201B and 312B.

Serial-to-parallel converter 1302A performs serial-to-par-
allel conversion on switched baseband signal 1301A (corre-
sponding to switched baseband signal 6701A from FIG. 70)
and outputs parallel signal 1303A.

Reorderer 1304 A takes parallel signal 1303A as input,
performs reordering thereof, and outputs reordered signal
1305A. Reordering is described in detail later.

IFFT unit 1306 A takes reordered signal 1305A as input,
applies an IFFT thereto, and outputs post-IFFT signal 1307 A.

Wireless unit 1308A takes post-IFFT signal 1307A as
input, performs processing such as frequency conversion and
amplification, thereon, and outputs modulated signal 1309A.
Modulated signal 1309A is then output as radio waves by
antenna 1310A.

Serial-to-parallel converter 1302B performs serial-to-par-
allel conversion on post-phase change 1301B (corresponding
to post-phase change 309B from FIG. 12) and outputs parallel
signal 1303B.
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Reorderer 1304B takes parallel signal 1303B as input,
performs reordering thereof, and outputs reordered signal
1305B. Reordering is described in detail later.

IFFT unit 13068 takes reordered signal 1305B as input,
applies an IFFT thereto, and outputs post-IFFT signal 1307B.

Wireless unit 1308B takes post-IFFT signal 1307B as
input, performs processing such as frequency conversion and
amplification thereon, and outputs modulated signal 1309B.
Modulated signal 1309B is then output as radio waves by
antenna 1310A.

The transmission device from FI1G. 67 does not use a multi-
carrier transmission method. Thus, as shown in FIG. 69, a
change of phase is performed to achieve a period (cycle) of
four and the post-phase change symbols are arranged in the
time domain. As shown in FIG. 70, when multi-carrier trans-
mission, such as OFDM, is used, then, naturally, symbols in
precoded baseband signals having undergone switching and
phase changing may be arranged in the time domain as in
FIG. 67, and this may be applied to each (sub-)carrier. How-
ever, for multi-carrier transmission, the arrangement may
also be in the frequency domain, or in both the frequency
domain and the time domain. The following describes these
arrangements.

FIGS. 14A and 14B indicate frequency on the horizontal
axes and time on the vertical axes thereof, and illustrate an
example of a symbol reordering method used by the reorder-
ers 1301A and 1301B from FIG. 13. The frequency axes are
made up of (sub-)carriers 0 through 9. The modulated signals
7zl and 72 share common timestamps (timing) and use a
common frequency band. FIG. 14A illustrates a reordering
method for the symbols of modulated signal z1, while FIG.
14B illustrates a reordering method for the symbols of modu-
lated signal z2. With respect to the symbols of switched
baseband signal 1301A input to serial-to-parallel converter
1302A, the ordering is #0, #1, #2, #3, and so on. Here, given
that the example deals with a period (cycle) of four, #0,#1, #2,
and #3 are equivalent to one period (cycle). Similarly, #4n,
#4n+1, #4n+2, and #4n+3 (n being a non-zero positive inte-
ger) are also equivalent to one period (cycle).

As shown in FIG. 14A, symbols #0, #1, #2, #3, and so on
are arranged in order, beginning at carrier 0. Symbols #0
through #9 are given timestamp $1, followed by symbols #10
through #19 which are given timestamp #2, and so on in a
regular arrangement. Here, modulated signals z1 and z2 are
complex signals.

Similarly, with respect to the symbols of weighted signal
1301B input to serial-to-parallel converter 1302B, the
assigned ordering is #0, #1, #2, #3, and so on. Here, given that
the example deals with a period (cycle) of four, a different
change in phase is applied to each of #0, #1,#2, and #3, which
are equivalent to one period (cycle). Similarly, a different
change in phase is applied to each of #4n, #4n+1, #4n+2, and
#4n+3 (n being a non-zero positive integer), which are also
equivalent to one period (cycle).

As shown in FIG. 14B, symbols #0, #1, #2, #3, and so on
are arranged in order, beginning at carrier 0. Symbols #0
through #9 are given timestamp $1, followed by symbols #10
through #19 which are given timestamp $2, and so on in a
regular arrangement.

The symbol group 1402 shown in F1G. 14B corresponds to
one period (cycle) of symbols when the phase changing
method of FIG. 69 is used. Symbol #0 is the symbol obtained
by using the phase at timestamp u in FIG. 69, symbol #1 is the
symbol obtained by using the phase at timestamp u+1 in FIG.
69, symbol #2 is the symbol obtained by using the phase at
timestamp u+2 in FIG. 69, and symbol #3 is the symbol
obtained by using the phase at timestamp u+3 in FIG. 69.
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Accordingly, for any symbol #x, symbol #x is the symbol
obtained by using the phase at timestamp u in FIG. 69 when
x mod 4 equals O (i.e., when the remainder of x divided by 4
is 0, mod being the modulo operator), symbol #x is the sym-
bol obtained by using the phase at timestamp x+1 in FIG. 69
when x mod 4 equals 1, symbol #x is the symbol obtained by
using the phase at timestamp x+2 in FIG. 69 when x mod 4
equals 2, and symbol #x is the symbol obtained by using the
phase at timestamp x+3 in FIG. 69 when x mod 4 equals 3.

In the present Embodiment, modulated signal z1 shown in
FIG. 14A has not undergone a change of phase.

As such, when using a multi-carrier transmission method
such as OFDM, and unlike single carrier transmission, sym-
bols can be arranged in the frequency domain. Of course, the
symbol arrangement method is not limited to those illustrated
by FIGS. 14A and 14B. Further examples are shown in FIGS.
15A, 15B, 16A, and 16B.

FIGS. 15A and 15B indicate frequency on the horizontal
axes and time on the vertical axes thereof, and illustrate an
example of a symbol reordering scheme used by the reorder-
ers 1301 A and 1301B from FIG. 13 that differs from that of
FIGS.14A and 14B. F1G. 15A illustrates areordering scheme
for the symbols of modulated signal z1, while FIG. 15B
illustrates a reordering scheme for the symbols of modulated
signal 72. FIGS. 15A and 15B differ from FIGS. 14A and 14B
in that different reordering methods are applied to the sym-
bols of modulated signal z1 and to the symbols of modulated
signal z2. In FIG. 15B, symbols #0 through #5 are arranged at
carriers 4 through 9, symbols #6 though #9 are arranged at
carriers O through 3, and this arrangement is repeated for
symbols #10 through #19. Here, as in FIG. 14B, symbol
group 1502 shown in FIG. 15B corresponds to one period
(cycle) of symbols when the phase changing method of FIG.
6 is used.

FIGS. 16 A and 16B indicate frequency on the horizontal
axes and time on the vertical axes thereof, and illustrate an
example of a symbol reordering method used by the reorder-
ers 1301 A and 1301B from FIG. 13 that differs from that of
FIGS.14A and 14B. F1G. 16A illustrates a reordering method
for the symbols of modulated signal z1, while FIG. 16B
illustrates a reordering method for the symbols of modulated
signal 72. FIGS. 16 A and 16B differ from FIGS. 14A and 14B
in that, while FIGS. 14A and 14B showed symbols arranged
at sequential carriers, FIGS. 16A and 16B do not arrange the
symbols at sequential carriers. Obviously, for FIGS. 16 A and
16B, different reordering methods may be applied to the
symbols of modulated signal z1 and to the symbols of modu-
lated signal 72 as in FIGS. 15A and 15B.

FIGS. 17A and 17B indicate frequency on the horizontal
axes and time on the vertical axes thereof, and illustrate an
example of a symbol reordering method used by the reorder-
ers 1301 A and 1301B from FIG. 13 that differs from those of
FIGS. 14A through 16B. FIG. 17A illustrates a reordering
method for the symbols of modulated signal z1 and FIG. 17B
illustrates a reordering method for the symbols of modulated
signal z2. While FIGS. 14A through 16B show symbols
arranged with respect to the frequency axis, FIGS. 17A and
17B use the frequency and time axes together in a single
arrangement.

While FIG. 69 describes an example where the change of
phase is performed in a four slot period (cycle), the following
example describes an eight slot period (cycle). In FIGS. 17A
and 17B, the symbol group 1702 is equivalent to one period
(cycle) of symbols when the phase changing scheme is used
(i.e., to eight symbols) such that symbol #0 is the symbol
obtained by using the phase at timestamp u, symbol #1 is the
symbol obtained by using the phase at timestamp u+1, sym-
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bol#2 is the symbol obtained by using the phase at timestamp
u+2, symbol #3 is the symbol obtained by using the phase at
timestamp u+3, symbol #4 is the symbol obtained by using
the phase at timestamp u+4, symbol #5 is the symbol obtained
by using the phase at timestamp u+5, symbol #6 is the symbol
obtained by using the phase at timestamp u+6, and symbol #7
is the symbol obtained by using the phase at timestamp u+7.
Accordingly, for any symbol #x, symbol #x is the symbol
obtained by using the phase at timestamp u when x mod 8
equals 0, symbol #x is the symbol obtained by using the phase
at timestamp u+1 when x mod 8 equals 1, symbol #x is the
symbol obtained by using the phase at timestamp u+2 when x
mod 8 equals 2, symbol #x is the symbol obtained by using the
phase at timestamp u+3 when x mod 8 equals 3, symbol #x is
the symbol obtained by using the phase at timestamp u+4
when x mod 8 equals 4, symbol #x is the symbol obtained by
using the phase at timestamp u+5 when x mod 8 equals 5,
symbol #x is the symbol obtained by using the phase at
timestamp u+6 when x mod 8 equals 6, and symbol #x is the
symbol obtained by using the phase at timestamp u+7 when x
mod 8 equals 7. In FIGS. 17A and 17B four slots along the
time axis and two slots along the frequency axis are used for
atotal of 4x2=8 slots, in which one period (cycle) of symbols
is arranged. Here, given mxn symbols per period (cycle) (i.e.,
mxn different phases are available for multiplication), then n
slots (carriers) in the frequency domain and m slots in the time
domain should be used to arrange the symbols of each period
(cycle), such that m>n. This is because the phase of direct
waves fluctuates slowly in the time domain relative to the
frequency domain. Accordingly, the present Embodiment
performs a regular change of phase that reduces the influence
of steady direct waves. Thus, the phase changing period
(cycle) should preferably reduce direct wave fluctuations.
Accordingly, m should be greater than n. Taking the above
into consideration, using the time and frequency domains
together for reordering, as shown in FIGS. 17A and 178, is
preferable to using either of the frequency domain or the time
domain alone due to the strong probability of the direct waves
becoming regular. As a result, the effects of the present inven-
tion are more easily obtained. However, reordering in the
frequency domain may lead to diversity gain due the fact that
frequency-domain fluctuations are abrupt. As such, using the
frequency and time domains together for reordering is not
always ideal.

FIGS. 18A and 18B indicate frequency on the horizontal
axes and time on the vertical axes thereof, and illustrate an
example of a symbol reordering method used by the reorder-
ers 1301 A and 1301B from FIG. 13 that differs from that of
FIGS.17A and 17B. F1G. 18A illustrates areordering method
for the symbols of modulated signal z1, while FIG. 18B
illustrates a reordering method for the symbols of modulated
signal z2. Much like FIGS. 17A and 17B, FIGS. 18A and 18B
illustrate the use of the time and frequency domains, together.
However, in contrast to FIGS. 17A and 17B, where the fre-
quency domain is prioritized and the time domain is used for
secondary symbol arrangement, FIGS. 18A and 18B priori-
tize the time domain and use the frequency domain for sec-
ondary symbol arrangement. In FIG. 18B, symbol group
1802 corresponds to one period (cycle) of symbols when the
phase changing method is used.

In FIGS. 17A, 17B, 18A, and 18B, the reordering method
applied to the symbols of modulated signal z1 and the sym-
bols of modulated signal z2 may be identical or may differ as
like in FIGS. 15A and 15B. Either approach allows good
reception quality to be obtained. Also, in FIGS. 17A, 17B,
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18A, and 18B, the symbols may be arranged non-sequentially
asin FIGS. 16 A and 16B. Either approach allows good recep-
tion quality to be obtained.

FIG. 22 indicates frequency on the horizontal axis and time
on the vertical axis thereof, and illustrates an example of a
symbol reordering method used by the reorderers 1301 A and
1301B from FIG. 13 that differs from the above. FIG. 22
illustrates a regular phase changing method using four slots,
similar to timestamps u through u+3 from FIG. 69. The char-
acteristic feature of FIG. 22 is that, although the symbols are
reordered with respect to the frequency domain, when read
along the time axis, a periodic shift of n (n=1 in the example
of FIG. 22) symbols is apparent. The frequency-domain sym-
bol group 2210 in FIG. 22 indicates four symbols to which are
applied the changes of phase at timestamps u through u+3
from FIG. 69.

Here, symbol #0 is obtained through a change of phase at
timestamp u, symbol #1 is obtained through a change of phase
at timestamp u+1, symbol #2 is obtained through a change of
phase at timestamp u+2, and symbol #3 is obtained through a
change of phase at timestamp u+3.

Similarly, for frequency-domain symbol group 2220, sym-
bol #4 is obtained through a change of phase at timestamp u,
symbol #5 is obtained through a change of phase at timestamp
u+l, symbol #6 is obtained through a change of phase at
timestamp u+2, and symbol #7 is obtained through a change
of phase at timestamp u+3.

The above-described change of phase is applied to the
symbol at timestamp $1. However, in order to apply periodic
shifting with respect to the time domain, the following change
of'phases are applied to symbol groups 2201, 2202, 2203, and
2204.

For time-domain symbol group 2201, symbol #0 is
obtained through a change of phase at timestamp u, symbol
#9 is obtained through a change of phase at timestamp u+1,
symbol #18 is obtained through a change of phase at times-
tamp u+2, and symbol #27 is obtained through a change of
phase at timestamp u+3.

For time-domain symbol group 2202, symbol #28 is
obtained through a change of phase at timestamp u, symbol
#1 is obtained through a change of phase at timestamp u+1,
symbol #10 is obtained through a change of phase at times-
tamp u+2, and symbol #19 is obtained through a change of
phase at timestamp u+3.

For time-domain symbol group 2203, symbol #20 is
obtained through a change of phase at timestamp u, symbol
#29 is obtained through a change of phase at timestamp u+1,
symbol #2 is obtained through a change of phase at timestamp
u+2, and symbol #11 is obtained through a change of phase at
timestamp u+3.

For time-domain symbol group 2204, symbol #12 is
obtained through a change of phase at timestamp u, symbol
#21 is obtained through a change of phase at timestamp u+1,
symbol #30 is obtained through a change of phase at times-
tamp u+2, and symbol #3 is obtained through a change of
phase at timestamp u+3.

The characteristic feature of FIG. 22 is seen in that, taking
symbol #11 as an example, the two neighbouring symbols
thereof having the same timestamp in the frequency domain
(#10 and #12) are both symbols changed using a different
phase than symbol #11, and the two neighbouring symbols
thereof having the same carrier in the time domain (#2 and
#20) are both symbols changed using a different phase than
symbol #11. This holds not only for symbol #11, but also for
any symbol having two neighbouring symbols in the fre-
quency domain and the time domain. Accordingly, the change
of phase is effectively carried out. This is highly likely to
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improve data reception quality as influence from regularizing
direct waves is less prone to reception.

Although FIG. 22 illustrates an example in which n=1, the
invention is not limited in this manner. The same may be
applied to a case in which n=3. Furthermore, although FIG.
22 illustrates the realization of the above-described effects by
arranging the symbols in the frequency domain and advanc-
ing in the time domain so as to achieve the characteristic
effect of imparting a periodic shift to the symbol arrangement
order, the symbols may also be randomly (or regularly)
arranged to the same effect.

Although the present Embodiment describes a variation of
Embodiment 1 in which a baseband signal switcher is
inserted before the change of phase, the present Embodiment
may also be realized as a combination with Embodiment 2,
such that the baseband signal switcher is inserted before the
change of phase in FIGS. 26 and 28. Accordingly, in FI1G. 26,
phase changer 317A takes switched baseband signal 6701A
(q,(1)) as input, and phase changer 317B takes switched base-
band signal 6701B(q,(i)) as input. The same applies to the
phase changers 317A and 317B from FIG. 28.

The following describes a method of allowing the recep-
tion device to obtain good received signal quality for data,
regardless of the reception device arrangement, by consider-
ing the location of the reception device with respect to the
transmission device.

FIG. 31 illustrates an example of frame configuration for a
portion of the symbols within a signal in the time-frequency
domains, given a transmission method where a regular
change of phase is performed for a multi-carrier method such
as OFDM.

FIG. 31 illustrates the frame configuration of modulated
signal z2' corresponding to the switched baseband signal
input to phase changer 317B from FIG. 67. Each square
represents one symbol (although both signals s1 and s2 are
included for precoding purposes, depending on the precoding
matrix, only one of signals s1 and s2 may be used).

Consider symbol 3100 at carrier 2 and timestamp $2 of
FIG. 31. The carrier here described may alternatively be
termed a sub-carrier.

Within carrier 2, there is a very strong correlation between
the channel conditions for symbol 3100A at carrier 2, times-
tamp $2 and the channel conditions for the time domain
nearest-neighbour symbols to timestamp $2, i.e., symbol
3013 at timestamp $1 and symbol 3101 at timestamp $3
within carrier 2.

Similarly, for timestamp $2, there is a very strong correla-
tion between the channel conditions for symbol 3100 at car-
rier 2, timestamp $2 and the channel conditions for the fre-
quency-domain nearest-neighbour symbols to carrier 2, i.e.,
symbol 3104 at carrier 1, timestamp $2 and symbol 3104 at
timestamp $2, carrier 3.

As described above, there is a very strong correlation
between the channel conditions for symbol 3100 and the
channel conditions for each symbol 3101, 3102, 3103, and
3104.

The present description considers N different phases (N
being an integer, N=2) for multiplication in a transmission
method where the phase is regularly changed. The symbols
illustrated in FIG. 31 are indicated as &’°, for example. This
signifies that this symbol is signal z2' from FIG. 6 having
undergone a change in phase through multiplication by &°.
That is, the values given for the symbols in FIG. 31 are the
value of y(t) as given by Math. 70 (formula 70).

The present Embodiment takes advantage of the high cor-
relation in channel conditions existing between neighbouring
symbols in the frequency domain and/or neighbouring sym-
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bols in the time domain in a symbol arrangement enabling
high data reception quality to be obtained by the reception
device receiving the post-phase change symbols.

In order to achieve this high data reception quality, condi-
tions #D1-1 and #D1-2 are met.

(Condition #D1-1)

As shown in FIG. 69, for a transmission method involving a
regular change of phase performed on switched baseband
signal q2 using a multi-carrier method such as OFDM, time
X, carrierY is a symbol for transmitting data (hereinafter, data
symbol), neighbouring symbols in the time domain, i.e., at
time X-1, carrier Y and at time X+1, carrier Y are also data
symbols, and a different change of phase should be performed
on switched baseband signal q2 corresponding to each of
these three data symbols, i.e., on switched baseband signal q2
at time X, carrier Y, at time X-1, carrier Y and at time X+1,
carrier Y.

(Condition #D1-2)

As shown in FIG. 69, for a transmission method involving
a regular change of phase performed on switched baseband
signal q2 using a multi-carrier method such as OFDM, time
X, carrierY is a symbol for transmitting data (hereinafter, data
symbol), neighbouring symbols in the time domain, i.e., at
time X, carrier Y+1 and at time X, carrier Y-1 are also data
symbols, and a different change of phase should be performed
on switched baseband signal q2 corresponding to each of
these three data symbols, i.e., on switched baseband signal q2
at time X, carrier Y, at time X, carrier Y-1 and at time X,
carrier Y+1.

Ideally, a data symbol should satisfy Condition #D1-1.
Similarly, the data symbols should satisfy Condition #D1-2.

The reasons supporting Conditions #D1-1 and #D1-2 are
as follows.

A very strong correlation exists between the channel con-
ditions of given symbol of a transmit signal (hereinafter,
symbol A) and the channel conditions of the symbols neigh-
bouring symbol A in the time domain, as described above.

Accordingly, when three neighbouring symbols in the time
domain each have different phases, then despite reception
quality degradation in the LOS environment (poor signal
quality caused by degradation in conditions due to phase
relations despite high signal quality in terms of SNR) for
symbol A, the two remaining symbols neighbouring symbol
A are highly likely to provide good reception quality. As a
result, good received signal quality is achievable after error
correction and decoding.

Similarly, a very strong correlation exists between the
channel conditions of given symbol of a transmit signal (sym-
bol A) and the channel conditions of the symbols neighbour-
ing symbol A in the frequency domain, as described above.

Accordingly, when three neighbouring symbols in the fre-
quency domain each have different phases, then despite
reception quality degradation in the LOS environment (poor
signal quality caused by degradation in conditions due to
direct wave phase relationships despite high signal quality in
terms of SNR) for symbol A, the two remaining symbols
neighbouring symbol A are highly likely to provide good
reception quality. As a result, good received signal quality is
achievable after error correction and decoding.

By combining Conditions #D1-1 and #D1-2, ever greater
data reception quality is likely achievable for the reception
device. Accordingly, the following Condition #D1-3 can be
derived.

(Condition #D1-3)

As shown in FIG. 69, for a transmission method involving
a regular change of phase performed on switched baseband
signal q2 using a multi-carrier method such as OFDM, time
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X, carrier Y is a symbol for transmitting data (data symbol),
neighbouring symbols in the time domain, i.e., at time X-1,
carrier Y and at time X+1, carrier Y are also data symbols, and
neighbouring symbols in the frequency domain, i.e., at time
X, carrier Y-1 and at time X, carrier Y+1 are also data sym-
bols, such that a different change of phase should be per-
formed on switched baseband signal q2 corresponding to
each of these five data symbols, i.e., on switched baseband
signal q2 attime X, carrierY, attime X, carrier Y-1, at time X,
carrier Y+1, at time X-1, carrier Y and at time X+1, carrier Y.

Here, the different changes in phase are as follows. Phase
changes are defined from O radians to 2m radians. For
example, for time X, carrier Y, a phase change of &% is
applied to precoded baseband signal q,, from FIG. 69, for time
X-1, carrier Y, a phase change of %% is applied to pre-
coded baseband signal q2 from FIG. 69, for time X+1, carrier
Y, a phase change of &****"'is applied to precoded baseband
signal q2 from FIG. 69, such that 0=6,, <2, 0=0,_, y<2m,
and 0=0y, , y<2m, all units being in radians. Accordingly, for
Condition #D1-1, it follows that Oy ;=0x 3. |, 0% 3205 y.1,
and that 6, ;. =6 y,,. Similarly, for Condition #D1-2, it
follows that O 30 3. |, 05 3205y, |, and that 05 3 ;=05 5., .
And, for Condition #D1-3, it follows that 8, ;20
e)(,Y#eX+l,Ys eX,Y#eX,Y—ls eX,Y#eX,Y+1s eX—l,Y#eX+l,Ys
eX—l,Y#eX,Y—ls eX—l,Y#eX,Y+1s eX+1,y¢eX,Y-1s eX+1,y¢eX,Y+1s
and that Oy y. ;205 5.

Ideally, a data symbol should satisfy Condition #D1-3.

FIG. 31 illustrates an example of Condition #D1-3, where
symbol A corresponds to symbol 3100. The symbols are
arranged such that the phase by which switched baseband
signal q2 from FIG. 69 is multiplied differs for symbol 3100,
for both neighbouring symbols thereof in the time domain
3101 and 3102, and for both neighbouring symbols thereof in
the frequency domain 3102 and 3104. Accordingly, despite
received signal quality degradation of symbol 3100 for the
receiver, good signal quality is highly likely for the neigh-
bouring signals, thus guaranteeing good signal quality after
error correction.

FIG. 32 illustrates a symbol arrangement obtained through
phase changes under these conditions.

As evident from FIG. 32, with respect to any data symbol,
a different change in phase is applied to each neighbouring
symbol in the time domain and in the frequency domain. As
such, the ability of the reception device to correct errors may
be improved.

In other words, in FIG. 32, when all neighbouring symbols
in the time domain are data symbols, Condition #D1-1 is
satisfied for all Xs and all Y.

Similarly, in FIG. 32, when all neighbouring symbols in the
frequency domain are data symbols, Condition #D1-2 is sat-
isfied for all Xs and all Y.

Similarly, in FIG. 32, when all neighbouring symbols in the
frequency domain are data symbols and all neighbouring
symbols in the time domain are data symbols, Condition
#D1-3 is satisfied for all Xs and all Y.

The following discusses the above-described example for a
case where the change of phase is performed on two switched
baseband signals q1 and g2 (see FIG. 68).

Several phase changing methods are applicable to perform-
ing a change of phase on two switched baseband signals q1
and 2. The details thereof are explained below.

Scheme 1 involves a change in phase of switched baseband
signal q2 as described above, to achieve the change in phase
illustrated by FIG. 32. In FIG. 32, a change of phase having a
period (cycle) of ten is applied to switched baseband signal
q2. However, as described above, in order to satisfy Condi-
tions #D1-1, #D1-2, and #D1-3, the change in phase applied
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to switched baseband signal q2 at each (sub-)carrier changes
over time. (Although such changes are applied in FIG. 32
with a period (cycle) of ten, other phase changing methods are
also applicable.) Then, as shown in FIG. 33, the phase change
degree performed on switched baseband signal q2 produce a
constant value that is one-tenth that of the change in phase
performed on switched baseband signal q2. In FIG. 33, for a
period (cycle) (of phase change performed on switched base-
band signal q2) including timestamp $1, the value of the
change in phase performed on switched baseband signal q1 is
&°. Then, for the next period (cycle) (of change in phase
performed on switched baseband signal q2) including times-
tamp $2, the value ofthe phase changing degree performed on
precoded baseband signal q1 is €™, and so on.

The symbols illustrated in FIG. 33 are indicated as &/°, for
example. This signifies that this symbolis signal q1 from FIG.
26 having undergone a change of phase through multiplica-
tion by &°.

As shown in FIG. 33, the change in phase applied to
switched baseband signal q1 produces a constant value that is
one-tenth that of the change in phase performed on precoded,
switched baseband signal q2 such that the post-phase change
value varies with the number of each period (cycle). (As
described above, in FIG. 33, the value is &° for the first period
(cycle), & for the second period (cycle), and so on.)

As described above, the change in phase performed on
switched baseband signal g2 has a period (cycle) of ten, but
the period (cycle) can be effectively made greater than ten by
taking the degree of phase change applied to switched base-
band signal q1 and to switched baseband signal g2 into con-
sideration. Accordingly, data reception quality may be
improved for the reception device.

Scheme 2 involves a change in phase of switched baseband
signal q2 as described above, to achieve the change in phase
illustrated by FIG. 32. In FIG. 32, a change of phase having a
period (cycle) of ten is applied to switched baseband signal
q2. However, as described above, in order to satisfy Condi-
tions #D1-1, #D1-2, and #D1-3, the change in phase applied
to switched baseband signal q2 at each (sub-)carrier changes
over time. (Although such changes are applied in FIG. 32
with a period (cycle) of ten, other phase changing methods are
also applicable.) Then, as shown in FIG. 33, the change in
phase performed on switched baseband signal q2 produces a
constant value that is one-tenth of that performed on switched
baseband signal q2.

The symbols illustrated in FIG. 30 are indicated as &’°, for
example. This signifies that this symbol is switched baseband
signal q1 having undergone a change of phase through mul-
tiplication by &/°.

As described above, the change in phase performed on
switched baseband signal g2 has a period (cycle) of ten, but
the period (cycle) can be effectively made greater than ten by
taking the changes in phase applied to switched baseband
signal q1 and to switched baseband signal q2 into consider-
ation. Accordingly, data reception quality may be improved
for the reception device. An effective way of applying method
2 is to perform a change in phase on switched baseband signal
ql with a period (cycle) of N and perform a change in phase
on precoded baseband signal q2 with a period (cycle) of M
such that N and M are coprime. As such, by taking both
switched baseband signals ql and g2 into consideration, a
period (cycle) of NxM is easily achievable, effectively mak-
ing the period (cycle) greater when N and M are coprime.

While the above discusses an example of the above-de-
scribed phase changing method, the present invention is not
limited in this manner. The change in phase may be performed
with respect to the frequency domain, the time domain, or on
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time-frequency blocks. Similar improvement to the data
reception quality can be obtained for the reception device in
all cases.

The same also applies to frames having a configuration
other than that described above, where pilot symbols (SP
symbols) and symbols transmitting control information are
inserted among the data symbols. The details of the change in
phase in such circumstances are as follows.

FIGS. 47A and 47B illustrate the frame configuration of
modulated signals (switched baseband signals q1 and q2) z1
or z1' and 72" in the time-frequency domain. FI1G. 47A illus-
trates the frame configuration of modulated signal (switched
baseband signal ql) z1 or z1' while FIG. 47B illustrates the
frame configuration of modulated signal (switched baseband
signal q2) 72'. In FIGS. 47A and 47B, 4701 marks pilot
symbols while 4702 marks data symbols. The data symbols
4702 are symbols on which switching or switching and
change in phase have been performed.

FIGS. 47A and 47B, like FIG. 69, indicate the arrangement
of symbols when a change in phase is applied to switched
baseband signal q2 (while no change in phase is performed on
switched baseband signal q1). (Although FIG. 69 illustrates a
change in phase with respect to the time domain, switching
time t with carrier f in FIG. 69 corresponds to a change in
phase with respect to the frequency domain. In other words,
replacing (t) with (t, f) where t is time and f is frequency
corresponds to performing a change of phase on time-fre-
quency blocks.) Accordingly, the numerical values indicated
in FIGS. 47A and 47B for each of the symbols are the values
of switched baseband signal q2 after the change in phase. No
values are given for the symbols of switched baseband signal
ql(zl) from FIGS. 47A and 47B as no change in phase is
performed thereon.

The important point of FIGS. 47A and 47B is that the
change in phase performed on the data symbols of switched
baseband signal g2, i.e., on symbols having undergone pre-
coding or precoding and switching. (The symbols under dis-
cussion, being precoded, actually include both symbols sl
and s2.) Accordingly, no change in phase is performed on the
pilot symbols inserted in z2".

FIGS. 48A and 48B illustrate the frame configuration of
modulated signals (switched baseband signals q1 and q2) z1
or z1' and 72" in the time-frequency domain. FIG. 48A illus-
trates the frame configuration of modulated signal (switched
baseband signal ql) z1 or z1' while FIG. 48B illustrates the
frame configuration of modulated signal (switched baseband
signal q2) 72'. In FIGS. 48A and 48B, 4701 marks pilot
symbols while 4702 marks data symbols. The data symbols
4702 are symbols on which precoding or precoding and a
change in phase have been performed.

FIGS. 48A and 48B indicate the arrangement of symbols
when a change in phase is applied to switched baseband
signal ql and to switched baseband signal q2. Accordingly,
the numerical values indicated in FIGS. 48A and 48B for each
of'the symbols are the values of switched baseband signals q1
and g2 after a change in phase.

The important point of FIGS. 48A and 48B is that the
change in phase is performed on the data symbols of switched
baseband signal ql, that is, on the precoded or precoded and
switched symbols thereof, and on the data symbols of
switched baseband signal q2, that is, on the precoded or
precoded and switched symbols thereof. (The symbols under
discussion, being precoded, actually include both symbols s1
and s2.) Accordingly, no change in phase is performed on the
pilot symbols inserted in z1', nor on the pilot symbols inserted
in z2".
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FIGS. 49A and 49B illustrate the frame configuration of
modulated signals (switched baseband signals q1 and q2) z1
or z1' and 72' in the time-frequency domain. FI1G. 49A illus-
trates the frame configuration of modulated signal (switched
baseband signal ql) z1 or z1' while FIG. 49B illustrates the
frame configuration of modulated signal (switched baseband
signal q2) z2'. In FIGS. 49A and 49B, 4701 marks pilot
symbols, 4702 marks data symbols, and 4901 marks null
symbols for which the in-phase component of the baseband
signal I=0 and the quadrature component Q=0. As such, data
symbols 4702 are symbols on which precoding or precoding
and a change in phase have been performed. FIGS. 49A and
49B differ from FIGS. 47A and 47B in the configuration
scheme for symbols other than data symbols. The times and
carriers at which pilot symbols are inserted into modulated
signal z1' are null symbols in modulated signal z2'. Con-
versely, the times and carriers at which pilot symbols are
inserted into modulated signal z2' are null symbols in modu-
lated signal z1".

FIGS. 49A and 49B, like F1G. 69, indicate the arrangement
of symbols when a change in phase is applied to switched
baseband signal q2 (while no change in phase is performed on
switched baseband signal q1). (Although FIG. 69 illustrates a
change in phase with respect to the time domain, switching
time t with carrier f in FIG. 6 corresponds to a change in phase
with respect to the frequency domain. In other words, replac-
ing (t) with (t, f) where t is time and f is frequency corre-
sponds to performing a change of phase on time-frequency
blocks.) Accordingly, the numerical values indicated in FIGS.
49A and 49B for each of the symbols are the values of
switched baseband signal q2 after the change in phase. No
values are given for the symbols of switched baseband signal
ql from FIGS. 49A and 49B as no change in phase is per-
formed thereon.

The important point of FIGS. 49A and 49B is that the
change in phase performed on the data symbols of switched
baseband signal g2, i.e., on symbols having undergone pre-
coding or precoding and switching. (The symbols under dis-
cussion, being precoded, actually include both symbols sl
and s2.) Accordingly, no change in phase is performed on the
pilot symbols inserted in z2'.

FIGS. 50A and 50B illustrate the frame configuration of
modulated signals (switched baseband signals q1 and q2) z1
or z1' and 7z2' in the time-frequency domain. FIG. 50A illus-
trates the frame configuration of modulated signal (switched
baseband signal ql) z1 or z1' while FIG. 50B illustrates the
frame configuration of modulated signal (switched baseband
signal q2) z2'. In FIGS. 50A and 50B, 4701 marks pilot
symbols, 4702 marks data symbols, and 4901 marks null
symbols for which the in-phase component of the baseband
signal I=0 and the quadrature component Q=0. As such, data
symbols 4702 are symbols on which precoding or precoding
and a change in phase have been performed. FIGS. 50A and
50B differ from FIGS. 48A and 48B in the configuration
scheme for symbols other than data symbols. The times and
carriers at which pilot symbols are inserted into modulated
signal z1' are null symbols in modulated signal z2'. Con-
versely, the times and carriers at which pilot symbols are
inserted into modulated signal z2' are null symbols in modu-
lated signal z1".

FIGS. 50A and 50B indicate the arrangement of symbols
when a change in phase is applied to switched baseband
signal q1 and to switched baseband signal q2. Accordingly,
the numerical values indicated in FIGS. 50A and 50B for each
of'the symbols are the values of switched baseband signals q1
and g2 after a change in phase.
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The important point of FIGS. 50A and 508 is that a change
in phase is performed on the data symbols of switched base-
band signal ql, that is, on the precoded or precoded and
switched symbols thereof, and on the data symbols of
switched baseband signal q2, that is, on the precoded or
precoded and switched symbols thereof. (The symbols under
discussion, being precoded, actually include both symbols s1
and s2.) Accordingly, no change in phase is performed on the
pilot symbols inserted in z1', nor on the pilot symbols inserted
in z2".

FIG. 51 illustrates a sample configuration of a transmission
device generating and transmitting modulated signal having
the frame configuration of FIGS. 47A, 47B, 49A, and 49B.
Components thereof performing the same operations as those
of FIG. 4 use the same reference symbols thereas. FIG. 51
does not include a baseband signal switcher as illustrated in
FIGS. 67 and 70. However, FIG. 51 may also include a base-
band signal switcher between the weighting unit and phase
changer, much like FIGS. 67 and 70.

In FIG. 51, the weighting units 308A and 308B, phase
changer 317B, and baseband signal switcher only operate at
times indicated by the frame configuration signal 313 as
corresponding to data symbols.

In FIG. 51, a pilot symbol generator 5101 (that also gen-
erates null symbols) outputs baseband signals 5102A and
5102B for a pilot symbol whenever the frame configuration
signal 313 indicates a pilot symbol (and a null symbol).

Although not indicated in the frame configurations from
FIGS. 47A through 50B, when precoding (and phase rota-
tion) is not performed, such as when transmitting a modulated
signal using only one antenna (such that the other antenna
transmits no signal) or when using a space-time coding trans-
mission method (particularly, space-time block coding) to
transmit control information symbols, then the frame con-
figuration signal 313 takes control information symbols 5104
and control information 5103 as input. When the frame con-
figuration signal 313 indicates a control information symbol,
baseband signals 5102A and 5102B thereof are output.

Wireless units 310A and 310B of FIG. 51 take a plurality of
baseband signals as input and select a desired baseband signal
according to the frame configuration signal 313. The wireless
units 310A and 310B then apply OFDM signal processing
and output modulated signals 311 A and 311B conforming to
the frame configuration.

FIG. 52 illustrates a sample configuration of a transmission
device generating and transmitting modulated signal having
the frame configuration of FIGS. 48A, 48B, 50A, and 50B.
Components thereof performing the same operations as those
of FIGS. 4 and 51 use the same reference symbols thereas.
FIG. 52 features an additional phase changer 317A that only
operates when the frame configuration signal 313 indicates a
data symbol. At all other times, the operations are identical to
those explained for FIG. 51. FIG. 52 does not include a
baseband signal switcher as illustrated in FIGS. 67 and 70.
However, FIG. 52 may also include a baseband signal
switcher between the weighting unit and phase changer,
much like FIGS. 67 and 70.

FIG. 53 illustrates a sample configuration of a transmission
device that differs from that of FIG. 51. FIG. 53 does not
include a baseband signal switcher as illustrated in FIGS. 67
and 70. However, FIG. 53 may also include a baseband signal
switcher between the weighting unit and phase changer,
much like FIGS. 67 and 70. The following describes the
points of difference. As shown in FIG. 53, phase changer
317B takes a plurality of baseband signals as input. Then,
when the frame configuration signal 313 indicates a data
symbol, phase changer 317B performs the change in phase on
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precoded baseband signal 316B. When frame configuration
signal 313 indicates a pilot symbol (or null symbol) or a
control information symbol, phase changer 317B pauses
phase changing operations such that the symbols of the base-
band signal are output as-is. (This may be interpreted as
performing forced rotation corresponding to &°.)

A selector 5301 takes the plurality of baseband signals as
input and selects a baseband signal having a symbol indicated
by the frame configuration signal 313 for output.

FIG. 54 illustrates a sample configuration of a transmission
device that differs from that of FIG. 52. FIG. 54 does not
include a baseband signal switcher as illustrated in FIGS. 67
and 70. However, FIG. 54 may also include a baseband signal
switcher between the weighting unit and phase changer,
much like FIGS. 67 and 70. The following describes the
points of difference. As shown in FIG. 54, phase changer
317B takes a plurality of baseband signals as input. Then,
when the frame configuration signal 313 indicates a data
symbol, phase changer 317B performs the change in phase on
precoded baseband signal 316B. When frame configuration
signal 313 indicates a pilot symbol (or null symbol) or a
control information symbol, phase changer 317B pauses
phase changing operations such that the symbols of the base-
band signal are output as-is. (This may be interpreted as
performing forced rotation corresponding to &°.)

Similarly, as shown in FIG. 54, phase changer 5201 takes a
plurality of baseband signals as input. Then, when the frame
configuration signal 313 indicates a data symbol, phase
changer 5201 performs the change in phase on precoded
baseband signal 309A. When frame configuration signal 313
indicates a pilot symbol (or null symbol) or a control infor-
mation symbol, phase changer 5201 pauses phase changing
operations such that the symbols of the baseband signal are
output as-is. (This may be interpreted as performing forced
rotation corresponding to €°.)

The above explanations are given using pilot symbols,
control symbols, and data symbols as examples. However, the
present invention is not limited in this manner. When symbols
are transmitted using methods other than precoding, such as
single-antenna transmission or transmission using space-
time block coding, the absence of change in phase is impor-
tant. Conversely, performing the change of phase on symbols
that have been precoded is the key point of the present inven-
tion.

Accordingly, a characteristic feature of the present inven-
tion is that the change in phase is not performed on all sym-
bols within the frame configuration in the time-frequency
domain, but only performed on baseband signals that have
been precoded and have undergone switching.

The following describes a scheme for regularly changing
the phase when encoding is performed using block codes as
described in Non-Patent Literature 12 through 15, such as QC
LDPC Codes (not only QC-LDPC but also LDPC codes may
beused), concatenated LDPC and BCH codes, Turbo codes or
Duo-Binary Turbo codes using tail-biting, and so on. The
following example considers a case where two streams s1 and
s2 are transmitted. When encoding has been performed using
block codes and control information and the like is not nec-
essary, the number of bits making up each coded block
matches the number of bits making up each block code (con-
trol information and so on described below may yet be
included). When encoding has been performed using block
codes or the like and control information or the like (e.g.,
CRC transmission parameters) is required, then the number
of'bits making up each coded block is the sum of the number
of bits making up the block codes and the number of bits
making up the information.
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FIG. 34 illustrates the varying numbers of symbols and
slots needed in two coded blocks when block codes are used.
Unlike FIGS. 69 and 70, for example, FIG. 34 illustrates the
varying numbers of symbols and slots needed in each coded
block when block codes are used when, for example, two
streams s1 and s2 are transmitted as indicated in FIG. 4, with
an encoder and distributor. (Here, the transmission method
may be any single-carrier method or multi-carrier method
such as OFDM.)

As shown in FIG. 34, when block codes are used, there are
6000 bits making up a single coded block. In order to transmit
these 6000 bits, the number of required symbols depends on
the modulation scheme, being 3000 for QPSK, 1500 for
16-QAM, and 1000 for 64-QAM.

Then, given that the above-described transmission device
transmits two streams simultaneously, 1500 of the aforemen-
tioned 3000 symbols needed when the modulation scheme is
QPSK are assigned to sl and the other 1500 symbols are
assigned to s2. As such, 1500 slots for transmitting the 1500
symbols (hereinafter, slots) are required for each of s1 and s2.

By the same reasoning, when the modulation scheme is
16-QAM, 750 slots are needed to transmit all of the bits
making up two coded blocks, and when the modulation
scheme is 64-QAM, 500 slots are needed to transmit all of the
bits making up the two coded blocks.

The following describes the relationship between the
above-defined slots and the phase of multiplication, as per-
tains to methods for a regular change of phase.

Here, five different phase changing values (or phase chang-
ing sets) are assumed as having been prepared for use in the
method for a regular change of phase. That is, the phase
changer of the above-described transmission device uses five
phase changing values (or phase changing sets) to achieve the
period (cycle) of five. (As in FIG. 69, five phase changing
values are needed in order to perform a change of phase
having a period (cycle) of five on switched baseband signal q2
only. Similarly, in order to perform the change in phase on
both switched baseband signals q1 and q2, two phase chang-
ing values are needed for each slot. These two phase changing
values are termed a phase changing set. Accordingly, here, in
order to perform a change of phase having a period (cycle) of
five, five such phase changing sets should be prepared). The
five phase changing values (or phase changing sets) are
expressed as PHASE[0], PHASE[1], PHASE[2], PHASE[3],
and PHASE [4].

For the above-described 1500 slots needed to transmit the
6000 bits making up a single coded block when the modula-
tion scheme is QPSK, PHASE[O] is used on 300 slots,
PHASE]1] is used on 300 slots, PHASE|2] is used on 300
slots, PHASEJ[3] is used on 300 slots, and PHASE[4] is used
on300slots. This is due to the fact that any bias in phase usage
causes great influence to be exerted by the more frequently
used phase, and that the reception device is dependent on such
influence for data reception quality.

Furthermore, for the above-described 750 slots needed to
transmit the 6000 bits making up a single coded block when
the modulation scheme is 16-QAM, PHASEJ[O] is used on
150 slots, PHASE][ 1] is used on 150 slots, PHASE[2] is used
on 150 slots, PHASE[3] is used on 150 slots, and PHASE[4]
is used on 150 slots.

Further still, for the above-described 500 slots needed to
transmit the 6000 bits making up a single coded block when
the modulation scheme is 64-QAM, PHASEJO] is used on
100 slots, PHASE][ 1] is used on 100 slots, PHASE[2] is used
on 100 slots, PHASE[3] is used on 100 slots, and PHASE[4]
is used on 100 slots.
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As described above, a scheme for a regular change of phase
requires the preparation of N phase changing values (or phase
changing sets) (Where the N different phases are expressed as
PHASE[0], PHASE[1], PHASE[2] . . . PHASE[N-2],
PHASE[N-1]). As such, in order to transmit all of the bits
making up a single coded block, PHASE[0] is used on K,
slots, PHASE[ 1] is used on K, slots, PHASE][i] is used on K,
slots (where i=0, 1, 2 . . . N-1 (i being an integer between 0
and N-1)), and PHASE[N-1] is used on K, slots, such that
Condition #D1-4 is met.

(Condition #D1-4)

K=K, ...=K~=...K, ;. Thatis, K =K, (for ¥a and Vb
where a, b,=0, 1,2 ... N-1 (aand b being integers between 0
and N-1), a=b).

Then, when a communication system that supports mul-
tiple modulation schemes selects one such supported method
for use, Conditions #D1-4 is preferably met for the supported
modulation scheme.

However, when multiple modulation schemes are sup-
ported, each such modulation scheme typically uses symbols
transmitting a different number of bits per symbols (though
some may happen to use the same number), Condition #D1-4
may not be satisfied for some modulation schemes. In such a
case, the following condition applies instead of Condition
#D1-4.

(Condition #D1-5)

The difference between K, and K, satisfies 0 or 1. That is,
IK,-K, | satisfies O or 1 (Va, Vb, wherea, b=0,1,2...N-1 (a
and b being integers between 0 and N-1), a=b)

FIG. 35 illustrates the varying numbers of symbols and
slots needed in two coded blocks when block codes are used.
FIG. 35 illustrates the varying numbers of symbols and slots
needed in each coded block when block codes are used when,
for example, two streams s1 and s2 are transmitted as indi-
cated by the transmission device from FIG. 67 and FIG. 70,
and the transmission device has two encoders. (Here, the
transmission method may be any single-carrier method or
multi-carrier method such as OFDM.)

As shown in FIG. 35, when block codes are used, there are
6000 bits making up a single coded block. In order to transmit
these 6000 bits, the number of required symbols depends on
the modulation scheme, being 3000 for QPSK, 1500 for
16-QAM, and 1000 for 64-QAM.

The transmission device from FIG. 67 and the transmission
device from FIG. 70 each transmit two streams at once, and
have two encoders. As such, the two streams each transmit
different code blocks. Accordingly, when the modulation
scheme is QPSK, two coded blocks drawn from s1 and s2 are
transmitted within the same interval, e.g., a first coded block
drawn from sl is transmitted, then a second coded block
drawn from s2 is transmitted. As such, 3000 slots are needed
in order to transmit the first and second coded blocks.

By the same reasoning, when the modulation scheme is
16-QAM, 1500 slots are needed to transmit all of the bits
making up the two coded blocks, and when the modulation
scheme is 64-QAM, 1000 slots are needed to transmit all of
the bits making up the two coded blocks

The following describes the relationship between the
above-defined slots and the phase of multiplication, as per-
tains to methods for a regular change of phase.

Here, five different phase changing values (or phase chang-
ing sets) are assumed as having been prepared for use in the
method for a regular change of phase.

That is, the phase changer of the transmission device from
FIG. 67 and F1G. 70 uses five phase changing values (or phase
changing sets) to achieve the period (cycle) of five. (As in
FIG. 69, five phase changing values are needed in order to
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perform a change of phase having a period (cycle) of five on
switched baseband signal q2 only. Similarly, in order to per-
form the change in phase on both switched baseband signals
ql and g2, two phase changing values are needed for each
slot. These two phase changing values are termed a phase
changing set. Accordingly, here, in order to perform a change
of phase having a period (cycle) of five, five such phase
changing sets should be prepared). The five phase changing
values (or phase changing sets) are expressed as PHASE[0],
PHASE[1], PHASE|[2], PHASE[3], and PHASE [4].

For the above-described 3000 slots needed to transmit the
6000x2 bits making up the two coded blocks when the modu-
lation scheme is QPSK, PHASEJ[0] is used on 600 slots,
PHASE]1] is used on 600 slots, PHASE|2] is used on 600
slots, PHASEJ[3] is used on 600 slots, and PHASE[4] is used
on 600slots. This is due to the fact that any bias in phase usage
causes great influence to be exerted by the more frequently
used phase, and that the reception device is dependent on such
influence for data reception quality.

Furthermore, in order to transmit the first coded block,
PHASE]0] is used on slots 600 times, PHASE][1] is used on
slots 600 times, PHASE|[2] is used on slots 600 times, PHASE
[3] is used on slots 600 times, and PHASE[4] is used on slots
600times. Furthermore, in order to transmit the second coded
block, PHASE]0] is used on slots 600 times, PHASE[1] is
used on slots 600 times, PHASE[2] is used on slots 600 times,
PHASE]3] is used on slots 600 times, and PHASE[4] is used
on slots 600 times.

Similarly, for the above-described 1500 slots needed to
transmit the 6000x2 bits making up the two coded blocks
when the modulation scheme is 16-QAM, PHASE[0] is used
on 300 slots, PHASE][1] is used on 300 slots, PHASE[2] is
used on 300 slots, PHASE[3] is used on 300 slots, and
PHASE][4] is used on 300 slots.

Furthermore, in order to transmit the first coded block,
PHASE]0] is used on slots 300 times, PHASE][1] is used on
slots 300 times, PHASE[2] is used on slots 300 times, PHASE
[3] is used on slots 300 times, and PHASE[4] is used on slots
300 times. Furthermore, in order to transmit the second coded
block, PHASE]0] is used on slots 300 times, PHASE[1] is
used on slots 300 times, PHASE[2] is used on slots 300 times,
PHASE]3] is used on slots 300 times, and PHASE[4] is used
on slots 300 times.

Similarly, for the above-described 1000 slots needed to
transmit the 6000x2 bits making up the two coded blocks
when the modulation scheme is 64-QAM, PHASE[0] is used
on 200 slots, PHASE][1] is used on 200 slots, PHASE[2] is
used on 200 slots, PHASE[3] is used on 200 slots, and
PHASE][4] is used on 200 slots.

Furthermore, in order to transmit the first coded block,
PHASE]0] is used on slots 200 times, PHASE][1] is used on
slots 200 times, PHASE[2] is used on slots 200 times, PHASE
[3] is used on slots 200 times, and PHASE[4] is used on slots
200 times. Furthermore, in order to transmit the second coded
block, PHASE]0] is used on slots 200 times, PHASE[1] is
used on slots 200 times, PHASE[2] is used on slots 200 times,
PHASE]3] is used on slots 200 times, and PHASE[4] is used
on slots 200 times.

As described above, a method for a regular change of phase
requires the preparation of N phase changing values (or phase
changing sets) (where the N different phases are expressed as
PHASE[0], PHASE[1], PHASE[2] . . . PHASE[N-2],
PHASE[N-2]). As such, in order to transmit all of the bits
making up a single coded block, PHASE[O] is used on K,
slots, PHASE[1] is used on K, slots, PHASE]i] is used on K,
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slots (where i=0, 1, 2 . . . N-1 (i being an integer between 0
and N-1)), and PHASE[N-1] is used on K, slots, such that
Condition #D1-6 is met.

(Condition #D1-6)

K=K, ...=K~=...K, ;. Thatis, K =K, (for ¥a and Vb
where a, b,=0, 1,2 ... N-1 (aand b being integers between 0
and N-1), a=b).

Further, in order to transmit all of the bits making up the first
coded block, PHASE[0] is used K, , times, PHASE[1] is used
K,, times, PHASE[i] is used K, , times (wherei=0,1,2. ..
N-1 (i being an integer between 0 and N-1)), and PHASE
[N-1]isused K., , times, such that Condition #D1-7 is met.
(Condition #D1-7)

Ko, 7K, ,=...K, ,=... Ky, ;. Thatis, K, , =K, , (Vaand Vb
where a, b,=0, 1,2 ... N-1 (aand b being integers between 0
and N-1), a=b).

Furthermore, in order to transmit all of the bits making up the
second coded block, PHASE[O] is used K, , times, PHASE
[1] is used K, , times, PHASEJi] is used K, , times (where
i=0,1,2...N-1 (ibeing an integer between 0 and N-1)), and
PHASE[N-1] is used K,._, , times, such that Condition
#D1-8 is met.

(Condition #D1-8)

KooK, o= K, »=... Ky, 5. Thatis, K, =K, , (Vaand Vb
where a, b,=0, 1,2 ... N-1 (aand b being integers between 0
and N-1), a=b).

Then, when a communication system that supports mul-
tiple modulation schemes selects one such supported method
for use, Condition #D1-6 Condition #D1-7, and Condition
#D1-8 is met for the supported modulation scheme.

However, when multiple modulation schemes are sup-
ported, each such modulation scheme typically uses symbols
transmitting a different number of bits per symbols (though
some may happen to use the same number), Condition #D1-6
Condition #D1-7, and Condition #D1-8 may not be satisfied
for some modulation schemes. In such a case, the following
conditions apply instead of Condition #D1-6 Condition #D1-
7, and Condition #D1-8.

(Condition #D1-9)

The difference between Ka and Kb satisfies 0 or 1. That is,
IK,-K, | satisfies 0 or 1 (Va, Vb, wherea, b=0,1,2...N-1(a
and b being integers between 0 and N-1), a=b)

(Condition #D1-10)

The difference between K, ; and K, , satisfies O or 1. That is,
K, ,-K, | satisfiesOor1(Va, Vb, wherea,b=0,1,2...N-1
(a and b being integers between 0 and N-1), a=b)
(Condition #D1-11)

The difference between K, , and K, , satisfies O or 1. That is,
IK, ,—K, .| satisfies O or 1 (Va, Vb, wherea,b=0,1,2...N-1
(a and b being integers between 0 and N-1), a=b)

As described above, bias among the phases being used to
transmit the coded blocks is removed by creating a relation-
ship between the coded block and the phase of multiplication.
As such, data reception quality may be improved for the
reception device.

As described above, N phase changing values (or phase
changing sets) are needed in order to perform a change of
phase having a period (cycle) of N with the method for the
regular change of phase. As such, N phase changing values
(or phase changing sets) PHASE[O], PHASE[1],
PHASE[2] . . . PHASE[N-2], and PHASE[N-1] are pre-
pared. However, schemes exist for ordering the phases in the
stated order with respect to the frequency domain. No limi-
tation is intended in this regard. The N phase changing values
(or phase changing sets) PHASE[O], PHASE[1],
PHASE[2] . . . PHASE[N-2], and PHASE[N-1] may also
change the phases of blocks in the time domain or in the
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time-frequency domain to obtain a symbol arrangement.
Although the above examples discuss a phase changing
method with a period (cycle) of N, the same effects are obtain-
able using N phase changing values (or phase changing sets)
at random. That is, the N phase changing values (or phase
changing sets) need not always have regular periodicity. As
long as the above-described conditions are satisfied, great
quality data reception improvements are realizable for the
reception device.

Furthermore, given the existence of modes for spatial mul-
tiplexing MIMO methods, MIMO methods using a fixed pre-
coding matrix, space-time block coding methods, single-
stream transmission, and methods using a regular change of
phase, the transmission device (broadcaster, base station)
may select any one of these transmission methods.

As described in Non-Patent Literature 3, spatial multiplex-
ing MIMO methods involve transmitting signals s1 and s2,
which are mapped using a selected modulation scheme, on
each of two different antennas. MIMO methods using a fixed
precoding matrix involve performing precoding only (with no
change in phase). Further, space-time block coding methods
are described in Non-Patent Literature 9, 16, and 17. Single-
stream transmission methods involve transmitting signal s1,
mapped with a selected modulation scheme, from an antenna
after performing predetermined processing.

Schemes using multi-carrier transmission such as OFDM
involve a first carrier group made up of a plurality of carriers
and a second carrier group made up of a plurality of carriers
different from the first carrier group, and so on, such that
multi-carrier transmission is realized with a plurality of car-
rier groups. For each carrier group, any of spatial multiplex-
ing MIMO methods, MIMO methods using a fixed precoding
matrix, space-time block coding methods, single-stream
transmission, and methods using a regular change of phase
may be used. In particular, methods using a regular change of
phase on a selected (sub-)carrier group are preferably used to
realize the above.

Although the present description describes the present
Embodiment as a transmission device applying precoding,
baseband switching, and change in phase, all of these may be
variously combined. In particular, the phase changer dis-
cussed for the present Embodiment may be freely combined
with the change in phase discussed in all other Embodiments.

Embodiment D2

The present Embodiment describes a phase change initial-
ization method for the regular change of phase described
throughout the present description. This initialization method
is applicable to the transmission device from FIG. 4 when
using a multi-carrier method such as OFDM, and to the trans-
mission devices of FIGS. 67 and 70 when using a single
encoder and distributor, similar to FIG. 4.

The following is also applicable to a method of regularly
changing the phase when encoding is performed using block
codes as described in Non-Patent Literature 12 through 15,
such as QC LDPC Codes (not only QC-LDPC but also LDPC
codes may be used), concatenated LDPC and BCH codes,
Turbo codes or Duo-Binary Turbo codes using tail-biting, and
SO on.

The following example considers a case where two streams
s1 and s2 are transmitted. When encoding has been performed
using block codes and control information and the like is not
necessary, the number of bits making up each coded block
matches the number of bits making up each block code (con-
trol information and so on described below may yet be
included). When encoding has been performed using block
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codes or the like and control information or the like (e.g.,
CRC transmission parameters) is required, then the number
of'bits making up each coded block is the sum of the number
of bits making up the block codes and the number of bits
making up the information.

FIG. 34 illustrates the varying numbers of symbols and
slots needed in each coded block when block codes are used.
FIG. 34 illustrates the varying numbers of symbols and slots
needed in each coded block when block codes are used when,
for example, two streams s1 and s2 are transmitted as indi-
cated by the above-described transmission device, and the
transmission device has only one encoder. (Here, the trans-
mission method may be any single-carrier method or multi-
carrier method such as OFDM.)

As shown in FIG. 34, when block codes are used, there are
6000 bits making up a single coded block. In order to transmit
these 6000 bits, the number of required symbols depends on
the modulation scheme, being 3000 for QPSK, 1500 for
16-QAM, and 1000 for 64-QAM.

Then, given that the above-described transmission device
transmits two streams simultaneously, 1500 of the aforemen-
tioned 3000 symbols needed when the modulation scheme is
QPSK are assigned to sl and the other 1500 symbols are
assigned to s2. As such, 1500 slots for transmitting the 1500
symbols (hereinafter, slots) are required for each of s1 and s2.

By the same reasoning, when the modulation scheme is
16-QAM, 750 slots are needed to transmit all of the bits
making up each coded block, and when the modulation
scheme is 64-QAM, 500 slots are needed to transmit all of the
bits making up each coded block.

The following describes a transmission device transmitting
modulated signals having a frame configuration illustrated by
FIGS. 71A and 71B. FIG. 71A illustrates a frame configura-
tion for modulated signal z1' or z1 (transmitted by antenna
312A) in the time and frequency domains. Similarly, FIG.
71B illustrates a frame configuration for modulated signal z2
(transmitted by antenna 312B) in the time and frequency
domains. Here, the frequency (band) used by modulated sig-
nal z1' or z1 and the frequency (band) used for modulated
signal 72 are identical, carrying modulated signals z1' or z1
and z2 at the same time.

As shown in FIG. 71A, the transmission device transmits a
preamble (control symbol) during interval A. The preamble is
a symbol transmitting control information for another party.
In particular, this preamble includes information on the
modulation scheme used to transmit a first and a second coded
block. The transmission device transmits the first coded block
during interval B. The transmission device then transmits the
second coded block during interval C.

Further, the transmission device transmits a preamble
(control symbol) during interval D. The preamble is a symbol
transmitting control information for another party. In particu-
lar, this preamble includes information on the modulation
scheme used to transmit a third or fourth coded block and so
on. The transmission device transmits the third coded block
during interval E. The transmission device then transmits the
fourth coded block during interval D.

Also, as shown in FIG. 71B, the transmission device trans-
mits a preamble (control symbol) during interval A. The
preamble is a symbol transmitting control information for
another party. In particular, this preamble includes informa-
tion on the modulation scheme used to transmit a first and a
second coded block. The transmission device transmits the
first coded block during interval B. The transmission device
then transmits the second coded block during interval C.

Further, the transmission device transmits a preamble
(control symbol) during interval D. The preamble is a symbol
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transmitting control information for another party. In particu-
lar, this preamble includes information on the modulation
scheme used to transmit a third or fourth coded block and so
on. The transmission device transmits the third coded block
during interval E. The transmission device then transmits the
fourth coded block during interval D.

FIG. 72 indicates the number of slots used when transmit-
ting the coded blocks from FIG. 34, specifically using
16-QAM as the modulation scheme for the first coded block.
Here, 750 slots are needed to transmit the first coded block.

Similarly, FIG. 72 also indicates the number of slots used to
transmit the second coded block, using QPSK as the modu-
lation scheme therefor. Here, 1500 slots are needed to trans-
mit the second coded block.

FIG. 73 indicates the slots used when transmitting the
coded blocks from FIG. 34, specifically using QPSK as the
modulation scheme for the third coded block. Here, 1500
slots are needed to transmit the coded block.

As explained throughout this description, modulated sig-
nal z1, i.e., the modulated signal transmitted by antenna
312A, does not undergo a change in phase, while modulated
signal 72, i.e., the modulated signal transmitted by antenna
312B, does undergo a change in phase. The following phase
changing method is used for FIGS. 72 and 73.

Before the change in phase can occur, seven different phase
changing values must prepared. The seven phase changing
values are labelled #0, #1, #2, #3, #4, #5, and #6. The change
in phase is regular and periodic. In other words, the phase
changing values are applied regularly and periodically, such
that the order is #0, #1, #2, #3, #4, #5, #6, #0, #1, #2, #3, #4,
#5, #6, #0, #1, #2, #3, #4, #5, #6 and so on.

As shown in FIG. 72, given that 750 slots are needed for the
first coded block, phase changing value #0 is used initially,
such that #0, #1, #2, #3, #4, #5, #6, #0, #1, #2 . . . #3, #4, #5,
#6 are used in succession, with the 750th slot using #0 at the
final position.

The change in phase is then applied to each slot for the
second coded block. The present description assumes multi-
cast transmission and broadcasting applications. As such, a
receiving terminal may have no need for the first coded block
and extract only the second coded block. In such circum-
stances, given that the final slot used for the first coded block
uses phase changing value #0, the initial phase changing
value used for the second coded block is #1. As such, the
following methods are conceivable:

(a): The aforementioned terminal monitors the transmis-
sion of the first coded block, i.e., monitors the pattern of the
phase changing values through the final slot used to transmit
the first coded block, and then estimates the phase changing
value used for the initial slot of the second coded block;

(b): (a) does not occur, and the transmission device trans-
mits information on the phase changing values in use at the
initial slot of the second coded block.

Scheme (a) leads to greater energy consumption by the
terminal due to the need to monitor the transmission of the
first coded block. However, scheme (b) leads to reduced data
transmission efficiency.

Accordingly, there is a need to improve the phase changing
value allocation described above. Consider amethod in which
the phase changing value used to transmit the initial slot of
each coded block is fixed. Thus, as indicated in FIG. 72, the
phase changing value used to transmit the initial slot of the
second coded block and the phase changing value used to
transmit the initial slot of the first coded block are identical,
being #0.

Similarly, as indicated in FIG. 73, the phase changing value
used to transmit the initial slot of the third coded block is not
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#3, butis instead identical to the phase changing value used to
transmit the initial slot of the first and second coded blocks,
being #0.

As such, the problems accompanying both methods (a) and
(b) described above can be constrained while retaining the
effects thereof.

In the present Embodiment, the method used to initialize
the phase changing value for each coded block, i.e., the phase
changing value used for the initial slot of each coded block, is
fixed so as to be #0. However, other methods may also beused
for single-frame units. For example, the phase changing value
used for the initial slot of a symbol transmitting information
after the preamble or control symbol has been transmitted
may be fixed at #0.

Embodiment D3

The above-described Embodiments discuss a weighting
unit using a precoding matrix expressed in complex numbers
for precoding. However, the precoding matrix may also be
expressed in real numbers.

That is, suppose that two baseband signals s1(i) and s2(i)
(where 1 is time or frequency) have been mapped (using a
modulation scheme), and precoded to obtained precoded
baseband signals z1(i) and z2(i). As such, mapped baseband
signal s1(i) has an in-phase component of I, (i) and a quadra-
ture component of Q,, (i), and mapped baseband signal s2(i)
has an in-phase component of I ,(i) and a quadrature compo-
nent of Q,,(i), while precoded baseband signal z1(i) has an
in-phase component of 1z1(i) and a quadrature component of
Q,,(1), and precoded baseband signal z2(i) has an in-phase
component of I_,(i) and a quadrature component of Q,_,(i),
which gives the following precoding matrix H, when all val-
ues are real numbers.

[Math. 76]
L1 (D) L1 (i) (formula 76)
Qa0 | | Qu®
L |77 L2
Q20) 0a()

Precoding matrix H, may also be expressed as follows,
where all values are real numbers.

[Math. 77]

ajp app a3 aig (formula 77)

a1 azp 4z Qg4

aszy dsz asq

Qqp Q43 Q44

where a1, 815, 813, 814, 851, 833, 833, Bpg, 831, 832, B33, 8ags
a4y, 845, 443, and a,, are real numbers. However, none of the
following may hold: {a,,=0, a,,=0, a,;=0, and a,,=0},
{a,,=0, a,,=0, a,,=0, and a,,=0}, {a;,=0, a;,=0, a;;=0, and
a,,=0}, and {a,,=0, a,,=0, a,,=0, and a,,=0}. Also, none of
the following may hold: {a,;=0, a,,=0, a;,=0, and a,,;=0},
{a,,=0, a,,=0, a,,=0, and a,,=0}, {a,,=0, a,,=0, a,,=0, and
a,;=0}, and {a,,=0, a,,=0, a;,=0, and a,,=0}.

Embodiment E1

The present Embodiment describes a transmission scheme
as an application of the change in phase to precoded signals
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(or precoded signals having switched basebands) for a broad-
casting system using the DVB-T2 (Digital Video Broadcast-
ing for a second generation digital terrestrial television broad-
casting system) standard. First, the configuration of a frame in
a broadcasting system using the DVB-T2 standard is
described.

FIG. 74 illustrates the overall frame configuration of a
signal transmitted by a broadcaster using the DVB-T2 stan-
dard. Given that DVB-T2 uses an OFDM method, the frame
is configured in the time-frequency domain. Thus, FIG. 74
illustrates frame configuration in the time-frequency domain.
The frame includes P1 signalling data (7401), L1 pre-signal-
ling data (7402), L1 post-signalling data (7403), a common
PLP (Physical Layer Pipe) (7404), and PLPs #1 through #N
(7405_1 through 7405_N). (Here, L1 pre-signalling data
(7402) and L1 post-signalling data (7403) are termed P2
symbols.) As such, the P1 signalling data (7401), L1 pre-
signalling data (7402), L1 post-signalling data (7403), acom-
mon PLP (Physical Layer Pipe) (7404), and PLPs #1 through
#N (7405_1 through 7405_N) form a frame, which is termed
a T2 frame, thus constituting a frame configuration unit.

The P1 signalling data (7401) is a symbol used by the
reception device for signal detection and frequency synchro-
nization (including frequency offset estimation), that simul-
taneously serves to transmit information such as the FFT size
and whether the modulated signal is transmitted by a SISO or
MISO method. (With SISO methods, only one modulated
signal is transmitted, while with MISO methods, a plurality of
modulated signals are transmitted. In addition, the space-time
blocks described in Non-Patent Literature 9, 16, and 17 may
be used.)

The L1 pre-signalling data (7402) is used to transmit infor-
mation regarding the methods used to transmit the frame,
concerning the guard interval, the signal processing method
information used to reduce the PAPR (Peak-to-Average
Power Ratio), the modulation scheme used to transmit the [.1
post-signalling data, the FEC method, the coding rate thereof,
the length and size of the [.1 post-signalling data, them the
payload pattern, the cell(frequency region)-specific numbers,
and whether normal mode or extended mode is in use (where
normal mode and extended mode differ in terms of sub-
carrier numbers used to transmit data).

The L1 post-signalling data (7403) is used to transmit such
information as the number of PL.Ps, the frequency region in
use, the PL.P-specific numbers, the modulation scheme used
to transmit the PLPs, the FEC method, the coding rate thereof,
the number of blocks transmitted by each PLP, and so on.

The common PLP (7404) and the PL.Ps #1 through #N
(7405_1 through 7405_N) are areas used for data transmis-
sion.

The frame configuration from FIG. 74 illustrates the P1
signalling data (7401), L1 pre-signalling data (7402), L1
post-signalling data (7403), the common PLP (Physical
Layer Pipe) (7404), and the PLPs #1 through #N (7405_1
through 7405_N) divided with respect to the time domain for
transmission. However, two or more of these signals may
occur simultaneously. FIG. 75 illustrates such a case. As
shown, the L1 pre-signalling data, L.1 post-signalling data,
and common PLP occur at the same timestamp, while PLP#1
and PLP#2 occur simultaneously at another timestamp. That
is, each signal may coexist at the same point with respect to
the time or frequency domain within the frame configuration.

FIG. 76 illustrates a sample configuration of a transmission
device (e.g., a broadcaster) applying a transmission method in
which a change in phase is performed on precoded (or pre-
coded and switched) signals conforming to the DVB-T2 stan-
dard.
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A PLP signal generator 7602 takes PL.P transmit data 7601
(data for the PLPs) and a control signal 7609 as input, per-
forms error-correcting coding according to the error-correct-
ing code information for the PLPs included in the control
signal 7609 and performs mapping according to the modula-
tion scheme similarly included in the control signal 7609, and
then outputs a PLP (quadrature) baseband signal 7603.

A P2 symbol signal generator 7605 takes P2 symbol trans-
mit data 7604 and the control signal 7609 as input, performs
error-correcting coding according to the error-correcting
code information for the P2 symbol included in the control
signal 7609 and performs mapping according to the modula-
tion scheme similarly included in the control signal 7609, and
then outputs a P2 symbol (quadrature) baseband signal 7606.

A control signal generator 7608 takes P1 symbol transmit
data 7607 and the P2 symbol transmit data 7604 as input and
outputs the control signal 7609 for the group of symbols from
FIG. 74 (the P1 signalling data (7401), the L.1 pre-signalling
data (7402), the L1 post-signalling data (7403), the common
PLP (7404), and PLPs #1 through #N (7405_1 through
7405_N)). The control signal 7609 is made up of transmission
method information (such as the error-correcting codes and
coding rate therefor, the modulation scheme, the block
length, the frame configuration, the selected transmission
method in which the precoding matrix is regularly changed,
the pilot symbol insertion method, IFFT/FFT information,
the PAPR reduction method, and the guard interval insertion
method) for the symbol group.

A frame configurator 7610 takes a PLP baseband signal
7603, the P2 symbol baseband signal 7606, and the control
signal 7609 as input, performs reordering with respect to the
time and frequency domains according to the frame configu-
ration information included in the control signal, and accord-
ingly outputs (quadrature) baseband signal 7611_1 for stream
1 (a mapped signal, i.e., a baseband signal on which the
modulation scheme has been used) and (quadrature) base-
band signal 7611_2 for stream 2 (also a mapped signal, i.e., a
baseband signal on which the modulation scheme has been
used).

A signal processor 7612 takes the baseband signal for
stream 1 7611_1, the baseband signal for stream 2 7611_2,
and the control signal 7609 as input, and then outputs modu-
lated signals 1 (7613_1) and 2 (7613_2), processed according
to the transmission method included in the control signal
7609.

Here, the characteristic feature is that when the transmis-
sion method for performing the change of phase on precoded
(or precoded and switched) signals is selected, the signal
processor performs the change in phase on the precoded (or
precoded and switched) signals as indicated in FIGS. 6, 25
through 29, and 69. The signals so processed are output as
processed modulated signal 1 (7613_1) and processed modu-
lated signal 2 (7613_2).

A pilot inserter 7614_1 takes processed modulated signal 1
(7613_1) and control signal 7609 as input, inserts pilot sym-
bols into processed modulated signal 1 (7613_1) according to
the pilot symbol insertion method information included in the
control signal 7609, and outputs a post-pilot symbol insertion
modulated signal 7615_1.

Another pilot inserter 7614_2 takes processed modulated
signal 2 (7613_2) and control signal 7609 as input, inserts
pilot symbols into processed modulated signal 2 (7613_2)
according to the pilot symbol insertion method information
included in the control signal 7609, and outputs a post-pilot
symbol insertion modulated signal 7615_2.

An IFFT unit 7616_1 takes post-pilot symbol insertion
modulated signal 7615_1 and the control signal 7609 as input,
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applies an IFFT according to the IFFT method information
included in the control signal 7609, and outputs post-IFFT
signal 7617_1.

Another IFFT unit 7616_2 takes post-pilot symbol inser-
tion modulated signal 7615_2 and the control signal 7609 as
input, applies an IFFT according to the IFFT method infor-
mation included in the control signal 7609, and outputs post-
IFFT signal 7617_2.

PAPR reducer 7618_1 takes post-IFFT signal 7617_1 and
control signal 7609 as input, applies PAPR-reducing process-
ing to post-IFFT signal 7617_1 according to the PAPR reduc-
tion information included in the control signal 7609, and
outputs post-PAPR reduction signal 7619_1.

PAPR reducer 7618_2 takes post-IFFT signal 7617_2 and
control signal 7609 as input, applies PAPR-reducing process-
ing to post-IFFT signal 7617_2 according to the PAPR reduc-
tion information included in the control signal 7609, and
outputs post-PAPR reduction signal 7619_2.

Guard interval inserter 7620_1 takes post-PAPR reduction
signal 7619_1 and the control signal 7609 as input, inserts
guard intervals into post-PAPR reduction 7619_1 according
to the guard interval insertion method information included in
the control signal 7609, and outputs post-guard interval inser-
tion signal 7621_1.

Guard interval inserter 7620_2 takes post-PAPR reduction
signal 7619_2 and the control signal 7609 as input, inserts
guard intervals into post-PAPR reduction 7619_2 according
to the guard interval insertion method information included in
the control signal 7609, and outputs post-guard interval inser-
tion signal 7621_2.

A P1 symbol inserter 7622 takes the P1 symbol transmit
data 7607 and the post-guard interval insertion signals
7621_1 and 7621_2 as input, generates P1 symbol signals
from the P1 symbol transmit data 7607, adds the P1 symbols
to the respective post-guard interval insertion signals 7621_1
and 7621_2, and outputs post-P1 symbol addition signals
7623_1 and 7623_2. The P1 symbol signals may be added to
one or both of post-guard interval insertion signals 7621_1
and 7621_2. In the former case, the signal to which nothing is
added has zero signals as the baseband signal in the interval to
which the symbols are added to the other signal.

Wireless processor 7624 _1 takes post-P1 symbol addition
signal 7623_1 as input, performs processing such as fre-
quency conversion and amplification thereon, and outputs
transmit signal 7625_1. Transmit signal 7625_1 is then out-
put as radio waves by antenna 7626_1.

Wireless processor 7624 _2 takes post-P1 symbol addition
signal 7623_2 as input, performs processing such as fre-
quency conversion and amplification thereon, and outputs
transmit signal 7625_2. Transmit signal 7625_2 is then out-
put as radio waves by antenna 7626_2.

FIG. 77 illustrates a sample frame configuration in the
time-frequency domain where a plurality of PLPs are trans-
mitted after the P1 symbol, P2 symbol, and Common PLP
have been transmitted. As shown, with respect to the fre-
quency domain, stream 1 (a mapped signal, i.e., a baseband
signal on which the modulation scheme has been used) uses
sub-carriers #1 through #M, as does stream 2 (also a mapped
signal, i.e., a baseband signal on which the modulation
scheme has been used). Accordingly, when both s1 and s2
have a symbol on the same sub-carrier at the same timestamp,
a symbol from each of the two streams is present at a single
frequency. As explained in other Embodiments, when using a
transmission method that involves performing a change of
phase on precoded (or precoded and switched) signals, the
change in phase may be performed in addition to weighting
using the precoding matrix (and, where applicable, after
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switching the baseband signal). Accordingly, signals z1 and
72 are obtained. The signals z1 and z2 are each output by a
different antenna.

As shown in FIG. 77, interval 1 is used to transmit symbol
group 7701 of PLP#1 using stream s1 and stream s2. Data are
transmitted using a spatial multiplexing MIMO system as
illustrated by FIG. 23, or by using a MIMO system with a
fixed precoding matrix (where no change in phase per-
formed).

Interval 2 is used to transmit symbol group 7702 of PLP#2
using stream s1. Data are transmitted using one modulated
signal.

Interval 3 is used to transmit symbol group 7703 of PLP#3
using stream sl and stream s2. Data are transmitted using a
transmission method in which a change in phase is performed
on precoded (or precoded and switched) signals.

Interval 4 is used to transmit symbol group 7704 using
stream s1 and stream s2. Data are transmitted using the time-
space block codes described in Non-Patent Literature 9, 16,
and 17.

When a broadcaster transmits PLPs as illustrated by FIG.
717, the reception device from FIG. 77 receiving the transmit
signals needs to know the transmission method of each PLP.
Accordingly, as described above, the L1 post-signalling data
(7403 from FIG. 74), being the P2 symbol, should transmit
the transmission scheme for each PLP. The following
describes an example of'a configuration method for P1 and P2
symbols in such circumstances.

Table 2 lists specific examples of control information car-
ried by the P1 symbol.

TABLE 2
S1 (3-bit) Control Information

000 T2_SISO
(transmission of one modulated signal in the
DVB-T?2 standard)

001 T2_MISO
(transmission using time-space block codes in the
DVB-T?2 standard)

010 NOT_T2

(using a standard other than DVB-T2)

Inthe DVB-T2 standard, S1 control information (three bits
of data) is used by the reception device to determine whether
or not DVB-T2 is being used, and in the affirmative case, to
determine the transmission method.

As indicated in Table 2, above, the 3-bit S1 data are set to
000 to indicate that the modulated signals being transmitted
conform to transmission of one modulated signal in the DVB-
T2 standard.

Alternatively, the 3-bit S1 data are set to 001 to indicate that
the modulated signals being transmitted conform to the use of
time-space block codes in the DVB-T2 standard.

In DVB-T2,010 through 111 are reserved for future use. In
order to apply the present invention while maintaining com-
patibility with DVB-T2, the 3-bit S1 data should be set to 010,
for example (anything other than 000 and 001 may be used),
and should indicate that a standard other than DVB-T2 is
being used for the modulated signals. Thus, the reception
device or terminal is able to determine that the broadcaster is
transmitting using modulated signals conforming to a stan-
dard other than DVB-T2 by detecting that the data read 010.

The following describes an example of a configuration
method for a P2 symbol used when the modulated signals
transmitted by the broadcaster conform to a standard other
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than DVB-T2. In the first example, a scheme of using the P2
symbol within the DVB-T2 standard.
Table 3 lists a first example of control information trans-
mitted by the L1 post-signalling data in the P2 symbol.

TABLE 3

PLP_MODE (2-bits) Control Information

00 SISO/MIMO

01 MISO/MIMO
(space-time block codes)

10 MIMO
(performing a change of phase on precoded
signals (or precoded signals having switched
basebands))

11 MIMO

(using a fixed precoding matrix, or using
spatial multiplexing)

The above-given tables use the following abbreviations.
SISO: Single-Input Single-Output (one modulated signal
transmitted and received by one antenna)

SIMO: Single-Input Multiple-Output (one modulated signal
transmitted and received by multiple antennas)

MISO: Multiple-Input Single-Output (multiple modulated
signals transmitted by multiple antennas and received by a
single antenna)

MIMO: Multiple-Input Multiple-Output (multiple modu-
lated signals transmitted and received by multiple antennas)
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broadcaster for the PL.Ps by demodulating (or by performing
error-correcting decoding on) this information.

When the PLP_MODE is set to 00, data are transmitted by
that PLP using a method in which a single modulated signal is
transmitted. When the PLP_MODE is set to 01, data are
transmitted by that PLP using a method in which multiple
modulated signals are transmitted using space-time block
codes. When the PLP_MODE is set to 10, data are transmitted
by that PLP using a method in which a change in phase is
performed on precoded (or precoded and switched) signals.
When the PLP_MODE is set to 11, data are transmitted by
that PLP using a method in which a fixed precoding matrix is
used, or in which a spatial multiplexing MIMO system, is
used.

When the PLP_MODE is set to any of 01 through 11, the
broadcaster must transmit the specific processing (e.g., the
specific transmission method by which the change in phase is
applied to precoded (or precoded and switched) signals, the
encoding method of time-space block codes, or the configu-
ration of the precoding matrix) to the terminal. The following
describes an alternative to Table 3, as a configuration method
for control information that includes the control information
necessitated by such circumstances.

Table 4 lists a second example of control information trans-
mitted by the L1 post-signalling data in the P2 symbol, dif-
ferent from that of Table 3.

TABLE 4

Name

No. of bits Control Information

PLP_MODE

(1-bit)

MIMO_ MODE 0

(1-bit)

MIMO__PATTERN#1

(2-bit)

MIMO_ PATTERN#2

(2-bit)

0 SISO/SISO

1 MIMO/MIMO, using one of

(i) space-time block codes;

(ii) change in phase performed on precoded
signals (or precoded signals having switched
basebands);

(iii) a fixed precoding matrix; and

(iv) spatial multiplexing

change in phase on precoded signals (or
precoded signals having switched basebands)
is OFF

1 change in phase on precoded signals (or
precoded signals having switched basebands)
is ON

space-time block codes

fixed precoding matrix #1

fixed precoding matrix #2

spatial multiplexing

change in phase on precoded signals (or
precoded signals having switched basebands),
version #1

change in phase on precoded signals (or
precoded signals having switched basebands),
version #2

change in phase on precoded signals (or
precoded signals having switched basebands),
version #3

change in phase on precoded signals (or
precoded signals having switched basebands),
version #4

01

10

11

The two-bit data listed in Table 3 are the PLP_MODE
information. As shown in FIG. 77, this information is control
information for informing the terminal of the transmission
method (symbol group of PLP#1 through #4 in FIG. 77,
hereinafter, symbol group). The PLP_MODE information is
present in each PLP. That is, in FIG. 77, the PLP_MODE
information for PLP#1, for PLP#2, for PLP#3, for PLP#4,
and so on, is transmitted by the broadcaster. Naturally, the
terminal acknowledges the transmission method used by the

60

65

As indicated in Table 4, four types of control information
are possible: 1-bit PLP_MODE information, 1-bit MIMO_
MODE information, 2-bit MIMO_PATTERN#1 informa-
tion, and 2-bit MIMO_PATTERN#2 information. As shown
in F1G. 77, the terminal is notified of the transmission method
foreach PLP (namely PLP#1 through #4) by this information.
The four types of control information are present in each PLP.
That is, in FIG. 77, the PLP_MODE information, MIMO _
MODE information, MIMO_PATTERN#1 information,



US 9,325,396 B2

127
and MIMO_PATTERN#2 information for PLP#1, for PLP#2,
for PLP#3, for PLP#4, and so on, is transmitted by the broad-
caster. Naturally, the terminal acknowledges the transmission
method used by the broadcaster for the PLPs by demodulat-
ing (or by performing error-correcting decoding on) this
information.

When the PLP_MODE is set to 0, data are transmitted by
that PLP using a method in which a single modulated signal is
transmitted. When the PLP_MODE is set to 1, data are trans-
mitted by that PLP using a method in which any one of the
following applies: (i) space-time block codes are used; (ii) a
MIMO system is used where a change in phase is performed
on precoded (or precoded and switched) signals; (iii) a
MIMO system is used where a fixed precoding matrix is used;
and (iv) spatial multiplexing is used.

When the PLP_MODE is set to 1, the MIMO_MODE
information is valid. When the MIMO_MODE information is
set to 0, data are transmitted without using a change in phase
performed on precoded (or precoded and switched) signals.
When the MIMO_MODE information is set to 1, data are
transmitted using a change in phase performed on precoded
(or precoded signals having switched basebands).

When the PLP_MODE is set to 1 and the MIMO_MODE
information is set to 0, the MIMO_PATTERN#1 information
is valid. When the MIMO_PATTERN#1 information is set to
00, data are transmitted using space-time block codes. When
the MIMO_PATTERN#1 information is set to 01, data are
transmitted using fixed precoding matrix #1 for weighting.
When the MIMO_PATTERN#1 information is set to 10, data
are transmitted using fixed precoding matrix #2 for weight-
ing. (Precoding matrix #1 and precoding matrix #2 are dif-
ferent matrices.) When the MIMO_PATTERN#1 information
is set to 11, data are transmitted using spatial multiplexing
MIMO.

When the PLP_MODE is set to 1 and the MIMO_MODE
information is set to 1, the MIMO_PATTERN#2 information
is valid. When the MIMO_PATTERN#2 information is set to
00, data are transmitted using version #1 of a change in phase
on precoded (or precoded signals having switched base-
bands). When the MIMO_PATTERN#2 information is set to
01, data are transmitted using version #2 of a change in phase
on precoded (or precoded signals having switched base-
bands). When the MIMO_PATTERN#2 information is set to
10, data are transmitted using version #3 of a change in phase
on precoded (or precoded signals having switched base-
bands). When the MIMO_PATTERN#2 information is set to
11, data are transmitted using version #4 of a change in phase
on precoded (or precoded signals having switched base-
bands). Although the change in phase is performed in four
different versions #1 through 4, the following three
approaches are possible, given two different methods #A and
#B:

Phase changes performed using method #A and performed
using method #B include identical and different changes.

A phase changing value included in method #A is not
included in method #B; and Multiple phase changes used in
method #A are not included in method #B.

The control information listed in Table 3 and Table 4,
above, is transmitted by the [.1 post-signalling data in the P2
symbol. However, in the DVB-T2 standard, the amount of
information transmittable as a P2 symbol is limited. Accord-
ingly, the information listed in Tables 3 and 4 is added to the
information transmitted by the P2 symbol in the DVB-T2
standard. When this leads to exceeding the limit on informa-
tion transmittable as the P2 symbol, then as shown in FIG. 78,
a signalling PLP (7801) may be prepared in order to transmit
necessary control information (at least partially, i.e., trans-
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mitting the L1 post-signalling data and the signalling PLP)
not included in the DVB-T2 specification. While FIG. 78
illustrates a frame configuration identical to that of FIG. 74,
no limitation is intended in this regard. A specific time and
specific carrier region may also be allocated in the time-
frequency domain for the signalling PLP, as in FIG. 75. That
is, the signalling PLLP may be freely allocated in the time-
frequency domain.

As described above, selecting a transmission method that
uses a multi-carrier method such as OFDM and preserves
compatibility with the DVB-T2 standard, and in which the
change in phase is performed on precoded (or precoded and
switched) signals has the merits of leading to better reception
quality in the LOS environment and to greater transmission
speeds. While the present invention describes the possible
transmission methods for the carriers as being spatial multi-
plexing MIMO, MIMO using a fixed precoding matrix, a
transmission method performing a change of phase on pre-
coded (or on precoded and switched) signals, space-time
block codes, and transmission methods transmitting only
stream s1, no limitation is intended in this manner.

Also, although the description indicates that the broad-
caster selects one of the aforementioned transmission meth-
ods, these are not the only transmission methods available for
selection. Other options include:

MIMO using a fixed precoding matrix, a transmission method
performing a change of phase on precoded (or on precoded
and switched) signals, space-time block codes, and transmis-
sion methods transmitting only stream s1;

MIMO using a fixed precoding matrix, a transmission method
performing a change of phase on precoded (or on precoded
and switched) signals, and space-time block codes;

MIMO using a fixed precoding matrix, a transmission method
performing a change of phase on precoded (or on precoded
and switched) signals, and transmission methods transmitting
only stream sl;

A transmission method performing a change of phase on
precoded (or on precoded and switched) signals, space-time
block codes, and transmission methods transmitting only
stream s1;

MIMO using a fixed precoding matrix and a transmission
method performing a change of phase on precoded (or on
precoded and switched) signals;

A transmission method performing a change of phase on
precoded (or on precoded and switched) signals and space-
time block codes;

A transmission method performing a change of phase on
precoded (or on precoded and switched) signals and trans-
mission methods transmitting only stream s1.

As such, by including a transmission method performing a
change of phase on precoded (or on precoded and switched)
signals, the merits of leading to greater data transmission
speeds in the LOS environment and better reception quality
for the reception device are achieved.

Here, given that, as described above, S1 needs to be set for
the P1 symbol, another configuration method for the control
information (regarding the transmission method for each
PLP), different from that of Table 3, is possible. For example,
Table 5, below.

TABLE 5

PLP__MODE (2-bit) Control Information

00
01

SISO/MIMO
MISO/MIMO
(space-time block codes)
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TABLE 5-continued

PLP_MODE (2-bit) Control Information

10 MIMO
(change in phase on precoded signals
(or precoded signals having switched basebands))

Reserved

Table 5 differs from Table 3 in that setting the PLP_MODE
information to 11 is reserved. As such, when the transmission
method for the PLPs is as described in one of the above
examples, the number of bits forming the PLP_MODE infor-
mation as in the examples of Tables 3 and 5 may be made
greater or smaller according to the transmission methods
available for selection.

Similarly, for Table 4, when, for example, a MIMO method
is used with a transmission method that does not support
changing the phase of precoded signals (or precoded signals
having switched basebands), the MIMO_MODE control
information is not necessary. Also, when, for example,
MIMO schemes using a fixed precoding matrix are not sup-
ported, then the MIMO_PATTERN#1 is not necessary. Also,
when multiple precoding matrices are not necessary, 1-bit
information may be used instead of 2-bit information. Fur-
thermore, two or more bits may be used when a plurality of
precoding matrices are available.

The same principles apply to the MIMO_PATTERN#2
information. When the transmission method does not require
a plurality of methods of performing a change of phase on
precoded (or precoded and switched) signals, 1-bit informa-
tion may be used instead of 2-bit information. Furthermore,
two or more bits may be used when a plurality of phase
changing schemes are available.

Furthermore, although the present Embodiment describes
a transmission device having two antennas, no limitation is
intended in this regard. The control information may also be
transmitted using more than two antennas. In such circum-
stances, the number of bits in each type of control information
may be increased as required in order to realize transmission
using four antennas. The above description control informa-
tion transmission in the P1 and P2 symbol also applies to such
cases.

While FIG. 77 illustrates the frame configuration for the
PLP symbol groups transmitted by the broadcaster as being
divided with respect to the time domain, the following varia-
tion is also possible.

Unlike FIG. 77, FIG. 79 illustrates an example of a method
for arranging the symbols stream sl and stream 2 in the
time-frequency domain, after the P1 symbol, the P2 symbol,
and the Common PLP have been transmitted. In FIG. 79, the
symbols labelled #1 are symbols of the symbol group of
PLP#1 from FIG. 77. Similarly, the symbols labelled #2 are
symbols of the symbol group of PLP#2, the symbols labelled
#3 are symbols of the symbol group of PLP#3, and the sym-
bols labelled #4 are symbols of the symbol group of PLP#4,
all from FIG. 77. As in FIG. 77, PLP#1 is used to transmit data
using a spatial multiplexing MIMO system as illustrated by
FIG. 23, or by using a MIMO system with a fixed precoding
matrix. PLP#2 is used to transmit data using only one modu-
lated signal. PLP#3 is used to transmit data using a transmis-
sion method in which a change in phase is performed on
precoded (or precoded and switched) signals. PLP#4 is used
to transmit data using space-time block codes.

In FIG. 79, when both s1 and s2 have a symbol on the same
sub-carrier (given as carrier in FIG. 79) at the same times-
tamp, a symbol from each of the two streams is present at the
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common frequency. As explained in other Embodiments,
when using a transmission method that involves performing a
change of phase on precoded (or precoded and switched)
signals, the change in phase may be performed in addition to
weighting using the precoding matrix (and, where applicable,
after switching the baseband signal). Accordingly, signals z1
and 72 are obtained. The signals z1 and z2 are each output by
a different antenna.

As described above, FIG. 79 differs from FIG. 77 in that the
PLPs are divided with respect to the time domain. In addition,
FIG. 79 has a plurality of PL.Ps arranged with respect to the
time and frequency domains. That is, for example, the sym-
bols of PLP#1 and PLP#2 are at timestamp 1, while the
symbols of PLP#3 and PLP#4 are at timestamp 3. As such,
PLP symbols having a different index (#X, where X=1, 2, and
so on) may be allocated to each symbol (made up of a times-
tamp and a sub-carrier).

Although, for the sake of simplicity, FIG. 79 lists only #1
and #2 at timestamp 1, no limitation is intended in this regard.
Indices of PLP symbols other than #1 and #2 may be at
timestamp #1. Furthermore, the relationship between PLP
indices and sub-carriers at timestamp 1 is not limited to that
illustrated by FIG. 79. The indices of any PLP symbols may
be assigned to any sub-carrier. The same applies to other
timestamps, in that the indices of any PLP symbols may be
assigned thereto.

Unlike FIG. 77, FIG. 80 illustrates an example of a method
for arranging the symbols stream sl and stream 2 in the
time-frequency domain, after the P1 symbol, the P2 symbol,
and the Common PLP have been transmitted. The character-
istic feature of FIG. 80 is that, assuming that using a plurality
of antennas for transmission is the basis of the PLP transmis-
sion method, then transmission using only stream 1 is not an
option for the T2 frame.

Accordingly, in FIG. 80, PLP symbol group 8001 transmits
data using a spatial multiplexing MIMO system, or a MIMO
system using a fixed precoding matrix. Also, symbol group
8002 of PLP#2 transmits data using a transmission method
performing a change of phase on precoded (or on precoded
and switched) signals. Further, symbol group 8003 of PLP#3
transmits data using space-time block code. PLP symbol
groups following symbol group 8003 of PLP#3 transmit data
using one of these methods, namely using a spatial multiplex-
ing MIMO system, or a MIMO system using a fixed precod-
ing matrix, using a transmission method performing a change
of phase on precoded (or on precoded and switched) signals,
or using space-time block codes.

Unlike FIG. 79, FIG. 81 illustrates an example of a method
for arranging the symbols stream sl and stream 2 in the
time-frequency domain, after the P1 symbol, the P2 symbol,
and the Common PLP have been transmitted. In FIG. 81, the
symbols labelled #1 are symbols of the symbol group of
PLP#1 from FIG. 80. Similarly, the symbols labelled #2 are
symbols of the symbol group of PLP#2, the symbols labelled
#3 are symbols of the symbol group of PLP#3, and the sym-
bols labelled #4 are symbols of the symbol group of PLP#4,
all from FIG. 80. As in FIG. 80, PLP#1 is used to transmit data
using a spatial multiplexing MIMO system as illustrated by
FIG. 23, or by using a MIMO system with a fixed precoding
matrix. PLP#2 is used to transmit data using a transmission
method in which a change of phase is performed on precoded
(or precoded and switched) signals. PLP#3 is used to transmit
data using space-time block codes.

InFIG. 81, when both s1 and s2 have a symbol on the same
sub-carrier (given as carrier in FIG. 81) at the same times-
tamp, a symbol from each of the two streams is present at the
common frequency. As explained in other Embodiments,
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when using a transmission method that involves performing a
change of phase on precoded (or precoded and switched)
signals, the change in phase may be performed in addition to
weighting using the precoding matrix (and, where applicable,
after switching the baseband signal). Accordingly, signals z1
and 72 are obtained. The signals z1 and z2 are each output by
a different antenna.

FIG. 81 differs from FIG. 80 in that the PLPs are divided
with respect to the time and frequency domains. That is, for
example, the symbols of PLP#1 and of PLP#2 are both at
timestamp 1. As such, PLP symbols having a different index
(#X, where X=1, 2, and so on) may be allocated to each
symbol (made up of a timestamp and a sub-carrier).

Although, for the sake of simplicity, FIG. 81 lists only #1
and #2 at timestamp 1, no limitation is intended in this regard.
Indices of PLP symbols other than #1 and #2 may be at
timestamp #1. Furthermore, the relationship between PLP
indices and sub-carriers at timestamp 1 is not limited to that
illustrated by FIG. 81. The indices of any PLP symbols may
be assigned to any sub-carrier. The same applies to other
timestamps, in that the indices of any PLP symbols may be
assigned thereto. On the other hand, one timestamp may also
have symbols of only one PLP assigned thereto, as is the case
for timestamp 3. In other words, any assignment of PLP
symbols in the time-frequency domain is allowable.

Thus, given that the T2 frame includes no PLPs using
transmission methods transmitting only stream sl, the
dynamic range of the signals received by the terminal may be
constrained, which is likely to lead to improved received
signal quality.

Although FIG. 81 is described using examples of selecting
one of transmitting data using a spatial multiplexing MIMO
system, or a MIMO system using a fixed precoding matrix,
transmitting data using a transmission method performing a
change of phase on precoded (or on precoded and switched)
signals, and transmitting data using space-time block codes,
the selection of transmission method is not limited as such.
Other possibilities include:
selecting one of transmitting data using a transmission
method performing a change of phase on precoded (or on
precoded and switched) signals, transmitting data using
space-time block codes, and transmitting data using a MIMO
system using a fixed precoding matrix;
selecting one of transmitting data using a transmission
method performing a change of phase on precoded (or on
precoded and switched) signals, and transmitting data using
space-time block codes; and
selecting one of transmitting data using a transmission
method performing a change of phase on precoded (or on
precoded and switched) signals and transmitting data using a
MIMO system using a fixed precoding matrix.

While the above explanation is given for a T2 frame having
multiple PLPs, the following describes a T2 frame having
only one PLP.

FIG. 82 illustrates a sample frame configuration for stream
sl and stream s2 in the time-frequency domain where the T2
frame has only one PLP. Although FIG. 82 indicates control
symbols, these are equivalent to the above-described sym-
bols, such as P1 and P2 symbols. In FIG. 82, interval 1 is used
to transmit a first T2 frame, interval 2 is used to transmit a
second T2 frame, interval 3 is used to transmit a third T2
frame, and interval 4 is used to transmit a fourth T2 frame.

Furthermore, the first T2 frame in FIG. 82 transmits sym-
bol group 8101 of PLP#1-1. The selected transmission
method is spatial multiplexing MIMO or MIMO using a fixed
precoding matrix.
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The second T2 frame transmits symbol group 8102 of
PLP#2-1. The transmission method is transmission using a
single modulated signal.

The third T2 frame transmits symbol group 8103 of
PLP#3-1. The transmission method is transmission perform-
ing a change of phase on precoded (or on precoded and
switched) signals.

The fourth T2 frame transmits symbol group 8104 of
PLP#4-1. The transmission method is transmission using
space-time block codes.

InFIG. 82, when both s1 and s2 have a symbol on the same
sub-carrier at the same timestamp, a symbol from each of the
two streams is present at the common frequency. As explained
in other Embodiments, when using a transmission method
that involves performing a change of phase on precoded sig-
nals (or precoded signals having switched basebands), the
change in phase may be performed in addition to weighting
using the precoding matrix (and, where applicable, after
switching the baseband signal). Accordingly, signals z1 and
72 are obtained. The signals z1 and z2 are each output by a
different antenna.

As such, the transmission method may be set by taking the
data transmission speed and the data reception speed of the
terminal into consideration for each PLP. This has the dual
merits of allowing the data transmission speed to be enhanced
and ensuring high data reception quality. The configuration
method for the control information pertaining to the transmis-
sion method and so on for the P1 and P2 symbols (and the
signalling PLP, where applicable) may be as given by Tables
2 through 5, thus obtaining the same effects. FIG. 82 differs
from FIG. 77 in that, while the frame configuration from FIG.
77 and the like includes multiple PLPs in a single T2 frame,
thus necessitating control information pertaining to the trans-
mission method and so on of each PLP, the frame configura-
tion of FIG. 82 includes only one PLP per T2 frame. As such,
the only control information needed is for the transmission
information and so on pertaining the one PLP.

Although the above description discusses methods of
transmitting information pertaining to the transmission
method of PLPs using P1 and P2 symbols (and the signalling
PLP, where applicable), the following describes a method of
transmitting information pertaining to the transmission
method of PLPs without using the P2 symbol.

FIG. 83 illustrates a frame configuration in the time-fre-
quency domain applicable when a terminal receiving data
transmitted by a broadcaster is not compatible with the DVB-
T2 standard. In FIG. 83, components operating in the manner
described for FIG. 74 use identical reference numbers. The
frame of FIG. 83 includes P1 signalling data (7401), first
signalling data (8301), second signalling data (8302), a com-
mon PLP (7404), and PLPs #1 through #N (7405_1 through
7405_N). As such, the P1 signalling data (7401), the first
signalling data (8301), the second signalling data (8302), the
common PLP (7404), and the PL.Ps #1 through #N (7405_1
through 7405_N) form a frame, thus constituting a frame unit.

The P1 signalling data (7401) are a symbol used for signal
reception by the reception device and for frequency synchro-
nization (including frequency offset estimation). In addition,
these data transmit identification regarding whether or not the
frame conforms to the DVB-T2 standard, e.g., using the S1
data as indicated in Table 2 for this purpose.

The first signalling data (8301) are used to transmit infor-
mation regarding the methods used to transmit the frame,
concerning the guard interval, the signal processing method
information used to reduce the PAPR, the modulation scheme
used to transmit the .1 post-signalling data, the FEC method,
the coding rate thereof, the length and size of the L1 post-
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signalling data, them the payload pattern, the cell(frequency
region)-specific numbers, and whether normal mode or
extended mode is in use, and other such information. Here,
the first signalling data (8301) need not necessarily be data
conforming to the DVB-T2 standard.

The second signalling data (8302) is used to transmit such
information as the number of PL.Ps, the frequency region in
use, the PL.P-specific numbers, the modulation scheme used
to transmit the PLPs, the FEC method, the coding rate thereof,
the number of blocks transmitted by each PLP, and so on.

The frame configuration from FIG. 83 illustrates the first
signalling data (8301), the second signalling data (8302), the
L1 post-signalling data (7403), the common PLP (7404), and
the PLPs #1 through #N (7405_1 through 7405_N) divided
with respect to the time domain for transmission. However,
two or more of these signals may occur simultaneously. FIG.
84 illustrates such a case. As shown in FIG. 84, the first
signalling data, the second signalling data, and the common
PLP share a common timestamp, while PL.P#1 and PLP#2
share a different common timestamp. That is, each signal may
coexist at the same point with respect to the time or frequency
domain within the frame configuration.

FIG. 85 illustrates a sample configuration of a transmission
device (e.g., a broadcaster) applying a transmission method in
which a change in phase is performed on precoded (or pre-
coded and switched) signals as explained thus far, but con-
forming to a standard other than the DVB-T2 standard. In
FIG. 85, components operating in the manner described for
FIG. 76 use identical reference numbers and invoke the above
descriptions.

A control signal generator 7608 takes first and second
signalling data 8501 and P1 symbol transmit data 7607 as
input, and outputs the control signal 7609 (made up of such
information as the error-correcting codes and coding rate
therefor, the modulation scheme, the block length, the frame
configuration, the selected transmission method in which the
precoding matrix is regularly changed, the pilot symbol inser-
tion method, IFFT/FFT information, the PAPR reduction
method, and the guard interval insertion method) for the
transmission method of each symbol group of FIG. 83.

A control symbol signal generator 8502 takes the first and
second signalling data transmit data 8501 and the control
signal 7609 as input, performs error-correcting coding
according to the error-correcting code information for the first
and second signalling data included in the control signal 7609
and performs mapping according to the modulation scheme
similarly included in the control signal 7609, and then outputs
a first and second signalling data (quadrature) baseband sig-
nal 8503.

InFIG. 85, the frame configurator 7610 takes the baseband
signal 8503 generated by the control symbol signal generator
8502 as input, rather than the baseband signal 7606 generated
by the P2 symbol signal generator 7605 from FIG. 76.

The following describes, with reference to F1G. 77, a trans-
mission method for control information (information trans-
mitted by the P1 symbol and by the first and second signalling
data) and for the frame configuration of the transmit signal for
a broadcaster (base station) applying a transmission method
in which a change in phase is performed on precoded (or on
precoded and switched) signals in a system not conforming to
the DVB-T2 standard.

FIG. 77 illustrates a sample frame configuration in the
time-frequency domain where a plurality of PLPs are trans-
mitted after the first and second signalling data and the Com-
mon PLP have been transmitted. In FIG. 77, stream s1 uses
sub-carrier #1 through sub-carrier #M in the frequency
domain. Similarly, stream s2 also uses sub-carrier #1 through
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sub-carrier #M in the frequency domain. Accordingly, when
both s1 and s2 have a symbol on the same sub-carrier at the
same timestamp, a symbol from each of the two streams is
present at a single frequency. As explained in other Embodi-
ments, when using a transmission method that involves per-
forming a change of phase on precoded (or precoded and
switched) signals, the change in phase may be performed in
addition to weighting using the precoding matrix (and, where
applicable, after switching the baseband signal). Accord-
ingly, signals z1 and z2 are obtained. The signals z1 and z2 are
each output by a different antenna.

As shown in FIG. 77, interval 1 is used to transmit symbol
group 7701 of PLP#1 using stream s1 and stream s2. Data are
transmitted using a spatial multiplexing MIMO system as
illustrated by FIG. 23, or by using a MIMO system with a
fixed precoding matrix.

Interval 2 is used to transmit symbol group 7702 of PLP#2
using stream s1. Data are transmitted using one modulated
signal.

Interval 3 is used to transmit symbol group 7703 of PLP#3
using stream sl and stream s2. Data are transmitted using a
transmission method in which a change in phase is performed
on precoded (or precoded and switched) signals.

Interval 4 is used to transmit symbol group 7704 of PLP#4
using stream s1 and stream s2. Data are transmitted using the
time-space block codes.

When a broadcaster transmits PLPs as illustrated by FIG.
77, the reception device from FIG. 64 receiving the transmit
signals needs to know the transmission method of each PLP.
Accordingly, as described above, the first and second signal-
ling data are used to transmit the transmission method for
each PLP. The following describes an example of a configu-
ration method for the P1 symbol and for the first and second
signalling data in such circumstances. A specific example of
control information carried by the P1 symbol is given in Table
2.

Inthe DVB-T2 standard, S1 control information (three bits
of data) is used by the reception device to determine whether
or not DVB-T2 is being used, and in the affirmative case, to
determine the transmission method. The 3-bit S1 data are set
to 000 to indicate that the modulated signals being transmit-
ted conform to transmission of one modulated signal in the
DVB-T2 standard.

Alternatively, the 3-bit S1 data are set to 001 to indicate that
the modulated signals being transmitted conform to the use of
time-space block codes in the DVB-T2 standard.

In DVB-T2,010 through 111 are reserved for future use. In
order to apply the present invention while maintaining com-
patibility with DVB-T2, the 3-bit S1 data should be set to 010,
for example (anything other than 000 and 001 may be used),
and should indicate that a standard other than DVB-T2 is
being used for the modulated signals. Thus, the reception
device or terminal is able to determine that the broadcaster is
transmitting using modulated signals conforming to a stan-
dard other than DVB-T2 by detecting that the data read 010.

The following describes a configuration method for the
first and second signalling data used when the modulated
signals transmitted by the broadcaster do not conform to the
DVB-T2 standard. A second example of control information
for the first and second signalling data is given by Table 3.

The two-bit data listed in Table 3 are the PLP_MODE
information. As shown in FIG. 77, this information is control
information for informing the terminal of the transmission
method for each PLP (PLP#1 through #4 in FIG. 77). The
PLP_MODE information is present in each PLP. That is, in
FIG. 77, the PLP_MODE information for PLP#1, for PLP#2,
for PLP#3, for PLP#4, and so on, is transmitted by the broad-
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caster. Naturally, the terminal acknowledges the transmission
method used by the broadcaster for the PLPs by demodulat-
ing (or by performing error-correcting decoding on) this
information.

When the PLP_MODE is set to 00, data are transmitted by
that PLP using a method in which a single modulated signal is
transmitted. When the PLP_MODE is set to 01, data are
transmitted by that PLP using a method in which multiple
modulated signals are transmitted using space-time block
codes. When the PLP_MODE is set to 10, data are transmitted
by that PLP using a method in which a change in phase is
performed on precoded (or precoded and switched) signals.
When the PLP_MODE is set to 11, data are transmitted by
that PLP using a method in which a fixed precoding matrix is
used, or in which a spatial multiplexing MIMO system, is
used.

When the PLP_MODE is set to any of 01 through 11, the
broadcaster must transmit the specific processing (e.g., the
specific transmission method by which a change in phase is
applied to precoded (or precoded and switched) signals, the
encoding method of time-space block codes, or the configu-
ration of the precoding matrix) to the terminal. The following
describes an alternative to Table 3, as a configuration method
for control information that includes the control information
necessitated by such circumstances.

A second example of control information for the first and
second signalling data is given by Table 4.

As indicated in Table 4, four types of control information
are possible: 1-bit PLP_MODE information, 1-bit MIMO_
MODE information, 2-bit MIMO_PATTERN#1 informa-
tion, and 2-bit MIMO_PATTERN#2 information. As shown
in F1G. 77, the terminal is notified of the transmission method
for each PLP (namely PLP#1 through #4) by this information.
The four types of control information are present in each PLP.
That is, in FIG. 77, the PLP_MODE information, MIMO _
MODE information, MIMO_PATTERN#1 information, and
MIMO_PATTERN#2 information for PLP#1, for PLP#2, for
PLP#3, for PLP#4, and so on, is transmitted by the broad-
caster. Naturally, the terminal acknowledges the transmission
method used by the broadcaster for the PLPs by demodulat-
ing (or by performing error-correcting decoding on) this
information.

When the PLP_MODE is set to 0, data are transmitted by
that PLP using a method in which a single modulated signal is
transmitted. When the PLP_MODE is set to 1, data are trans-
mitted by that PLP using a method in which any one of the
following applies: (i) space-time block codes are used; (ii) a
MIMO system is used where a change in phase is performed
on precoded (or precoded and switched) signals; (iii) a
MIMO system is used where a fixed precoding matrix is used;
and (iv) spatial multiplexing is used.

When the PLP_MODE is set to 1, the MIMO_MODE
information is valid. When the MIMO_MODE information is
set to 0, data are transmitted without using a change in phase
performed on recoded signals (or precoded signals having
switched basebands). When the MIMO_MODE information
is set to 1, data are transmitted using a change in phase
performed on recoded signals (or precoded signals having
switched basebands).

When the PLP_MODE information is set to 1 and the
MIMO_MODE information is set to 0, the MIMO_PAT-
TERN#1 information is valid. As such, when the MIMO _
PATTERN#1 information is set to 00, data are transmitted
using space-time block codes. When the MIMO_PAT-
TERN#1 information is set to 01, data are transmitted using
fixed precoding matrix #1 for weighting. When the MIMO_
PATTERN#1 information is set to 10, data are transmitted
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using fixed precoding matrix #2 for weighting. (Precoding
matrix #1 and precoding matrix #2 are different matrices.)
When the MIMO_PATTERN?#1 information is set to 11, data
are transmitted using spatial multiplexing MIMO.

When the PLP_MODE information is set to 1 and the
MIMO_MODE information is set to 1, the MIMO_PAT-
TERN#2 information is valid. When the MIMO_PAT-
TERN#2 information is set to 00, data are transmitted using
version #1 of a change in phase on precoded (or precoded and
switched) signals. When the MIMO_PATTERN#2 informa-
tion is set to 01, data are transmitted using version #2 of a
change in phase on precoded (or precoded signals having
switched basebands). When the MIMO_PATTERN#2 infor-
mation is set to 10, data are transmitted using version #3 of a
change in phase on precoded (or precoded signals having
switched basebands). When the MIMO_PATTERN#2 infor-
mation is set to 11, data are transmitted using version #4 of a
change in phase on precoded (or precoded signals having
switched basebands). Although the change in phase is per-
formed in four different versions #1 through 4, the following
three approaches are possible, given two different methods
#A and #B:

Phase changes performed using method #A and performed
using method #B include identical and different changes.
Some phase changing values are included in method #A but
are not included in method #B; and

Multiple phase changes used in method #A are not included in
method #B.

The control information listed in Table 3 and Table 4,
above, is transmitted by the first and second signalling data. In
such circumstances, there is no particular need to use the
PLPs to transmit the control information.

As described above, selecting a transmission method that
uses a multi-carrier method such as OFDM while being iden-
tifiable as differing from the DVB-T2 standard, and in which
achange of phase is performed on precoded (or precoded and
switched) signals has the merits of leading to better reception
quality in the LOS environment and to greater transmission
speeds. While the present invention describes the possible
transmission methods for the carriers as being spatial multi-
plexing MIMO, MIMO using a fixed precoding matrix, a
transmission method performing a change of phase on pre-
coded (or on precoded and switched) signals, space-time
block codes, and transmission methods transmitting only
stream s1, no limitation is intended in this manner.

Also, although the description indicates that the broad-
caster selects one of the aforementioned transmission meth-
ods, these are not the only transmission methods available for
selection. Other options include:

MIMO using a fixed precoding matrix, a transmission method
performing a change of phase on precoded (or on precoded
and switched) signals, space-time block codes, and transmis-
sion methods transmitting only stream s1;

MIMO using a fixed precoding matrix, a transmission method
performing a change of phase on precoded (or on precoded
and switched) signals, and space-time block codes;

MIMO using a fixed precoding matrix, a transmission method
performing a change of phase on precoded (or on precoded
and switched) signals, and transmission methods transmitting
only stream sl;

A transmission method performing a change of phase on
precoded (or on precoded and switched) signals, space-time
block codes, and transmission methods transmitting only
stream s1;

MIMO using a fixed precoding matrix and a transmission
method performing a change of phase on precoded (or on
precoded and switched) signals;
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A transmission method performing a change of phase on
precoded (or on precoded and switched) signals and space-
time block codes; and

A transmission method performing a change of phase on
precoded (or on precoded and switched) signals and trans-
mission methods transmitting only stream s1.

As such, by including a transmission method performing a
change of phase on precoded (or on precoded and switched)
signals, the merits of leading to greater data transmission
speeds in the LOS environment and better reception quality
for the reception device are achieved.

Here, given that, as described above, the S1 data is set for
the P1 symbol, another configuration method for the control
information (regarding the transmission method for each
PLP) transmitted as the first and second signalling data, dif-
ferent from that of Table 3, is possible. For example, see Table
5, above.

Table 5 differs from Table 3 in that setting the PLP_MODE
information to 11 is reserved. As such, when the transmission
method for the PLPs is as described in one of the above
examples, the number of bits forming the PLP_MODE infor-
mation as in the examples of Tables 3 and 5 may be made
greater or smaller according to the transmission methods
available for selection.

Similarly, for Table 4, when, for example, a MIMO method
is used with a transmission method that does not support
changing the phase of precoded (or precoded and switched)
signals, the MIMO_MODE control information is not neces-
sary. Also, when, for example, MIMO schemes using a fixed
precoding matrix are not supported, then the MIMO_PAT-
TERN#1 is not necessary. Also, when multiple precoding
matrices are not necessary, 1-bit information may be used
instead of 2-bit information. Furthermore, two or more bits
may be used when a plurality of precoding matrices are avail-
able.

The same principles apply to the MIMO_PATTERN#2
information. When the transmission schemes does not require
a plurality of methods of performing a change of phase on
precoded (or precoded and switched) signals, 1-bit informa-
tion may be used instead of 2-bit information. Furthermore,
two or more bits may be used when a plurality of phase
changing schemes are available.

Furthermore, although the present Embodiment describes
a transmission device having two antennas, no limitation is
intended in this regard. The control information may also be
transmitted using more than two antennas. In such circum-
stances, the number of bits in each type of control information
may be increased as required in order to realize transmission
using four antennas. The above description control informa-
tion transmission in the P1 symbol and in the first and second
signalling data also applies to such cases.

While FIG. 77 illustrates the frame configuration for the
PLP symbol groups transmitted by the broadcaster as being
divided with respect to the time domain, the following varia-
tion is also possible.

Unlike FIG. 77, FIG. 79 illustrates an example of a method
for arranging the symbols stream sl and stream 2 in the
time-frequency domain, after the P1 symbol, the first and
second signalling data, and the Common PLP have been
transmitted.

In FIG. 79, the symbols labelled #1 are symbols of the
symbol group of PLP#1 from FIG. 77. Similarly, the symbols
labelled #2 are symbols of the symbol group of PLP#2, the
symbols labelled #3 are symbols of the symbol group of
PLP#3, and the symbols labelled #4 are symbols of the sym-
bol group of PLP#4, all from FIG. 77. As in FIG. 77, PLP#1
is used to transmit data using a spatial multiplexing MIMO
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system as illustrated by FIG. 23, or by using a MIMO system
with a fixed precoding matrix. PLP#2 is used to transmit data
using only one modulated signal. PLP#3 is used to transmit
data using a transmission method in which a change in phase
is performed on precoded (or precoded and switched) signals.
PLP#4 is used to transmit data using space-time block codes.

InFIG. 79, when both s1 and s2 have a symbol on the same
sub-carrier at the same timestamp, a symbol from each of the
two streams is present at the common frequency. As explained
in other Embodiments, when using a transmission method
that involves performing a change of phase on precoded (or
precoded and switched) signals, the change in phase may be
performed in addition to weighting using the precoding
matrix (and, where applicable, after switching the baseband
signal). Accordingly, signals z1 and 72 are obtained. The
signals z1 and 72 are each output by a different antenna.

As described above, FIG. 79 differs from FIG. 77 in that the
PLPs are divided with respect to the time domain. In addition,
FIG. 79 has a plurality of PL.Ps arranged with respect to the
time and frequency domains. That is, for example, the sym-
bols of PLP#1 and PLP#2 are at timestamp 1, while the
symbols of PLP#3 and PLP#4 are at timestamp 3. As such,
PLP symbols having a different index (#X, where X=1, 2, and
so on) may be allocated to each symbol (made up of a times-
tamp and a sub-carrier).

Although, for the sake of simplicity, FIG. 79 lists only #1
and #2 at timestamp 1, no limitation is intended in this regard.
Indices of PLP symbols other than #1 and #2 may be at
timestamp #1. Furthermore, the relationship between PLP
indices and sub-carriers at timestamp 1 is not limited to that
illustrated by FIG. 79. The indices of any PLP symbols may
be assigned to any sub-carrier. The same applies to other
timestamps, in that the indices of any PLP symbols may be
assigned thereto.

Unlike FIG. 77, FIG. 80 illustrates an example of a method
for arranging the symbols stream sl and stream s2 in the
time-frequency domain, after the P1 symbol, the first and
second signalling data, and the Common PLP have been
transmitted. The characteristic feature of FIG. 80 is that,
assuming that using a plurality of antennas for transmission is
the basis of the PLP transmission method, then transmission
using only stream 1 is not an option for the T2 frame.

Accordingly, in FIG. 80, PLP symbol group 8001 transmits
data using a spatial multiplexing MIMO system, or a MIMO
system using a fixed precoding matrix. Also, symbol group
8002 of PLP#2 transmits data using a transmission method
performing a change of phase on precoded (or on precoded
and switched) signals. Further, symbol group 8003 of PLP#3
transmits data using space-time block code. PLP symbol
groups following symbol group 8003 of PLP#3 transmit data
using one of these methods, namely using a spatial multiplex-
ing MIMO system, or a MIMO system using a fixed precod-
ing matrix, using a transmission method performing a change
of phase on precoded (or on precoded and switched) signals,
or using space-time block codes.

Unlike FIG. 79, FIG. 81 illustrates an example of a method
for arranging the symbols stream sl and stream s2 in the
time-frequency domain, after the P1 symbol, the first and
second signalling data, and the Common PLP have been
transmitted.

In FIG. 81, the symbols labelled #1 are symbols of the
symbol group of PLP#1 from FIG. 80. Similarly, the symbols
labelled #2 are symbols of the symbol group of PLP#2, the
symbols labelled #3 are symbols of the symbol group of
PLP#3, and the symbols labelled #4 are symbols of the sym-
bol group of PLP#4, all from FIG. 80. As in FIG. 80, PLP#1
is used to transmit data using a spatial multiplexing MIMO
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system as illustrated by FIG. 23, or by using a MIMO system
with a fixed precoding matrix. PLP#2 is used to transmit data
using a transmission method in which a change of phase is
performed on precoded (or precoded and switched) signals.
PLP#3 is used to transmit data using space-time block codes.

In FIG. 81, when both s1 and s2 have a symbol on the same
sub-carrier at the same timestamp, a symbol from each of the
two streams is present at the common frequency. As explained
in other Embodiments, when using a transmission method
that involves performing a change of phase on precoded (or
precoded and switched) signals, the change in phase may be
performed in addition to weighting using the precoding
matrix (and, where applicable, after switching the baseband
signal). Accordingly, signals z1 and 72 are obtained. The
signals z1 and 72 are each output by a different antenna.

Asdescribed above, F1G. 81 differs from FIG. 80 in that the
PLPs are divided with respect to the time domain. In addition,
FIG. 81 has a plurality of PL.Ps arranged with respect to the
time and frequency domains. That is, for example, the sym-
bols of PLP#1 and of PLP#2 are both at timestamp 1. As such,
PLP symbols having a different index (#X, where X=1, 2, and
so on) may be allocated to each symbol (made up of a times-
tamp and a sub-carrier).

Although, for the sake of simplicity, FIG. 81 lists only #1
and #2 at timestamp 1, no limitation is intended in this regard.
Indices of PLP symbols other than #1 and #2 may be at
timestamp #1. Furthermore, the relationship between PLP
indices and sub-carriers at timestamp 1 is not limited to that
illustrated by FIG. 81. The indices of any PLP symbols may
be assigned to any sub-carrier. The same applies to other
timestamps, in that the indices of any PLP symbols may be
assigned thereto. On the other hand, one timestamp may also
have symbols of only one PLP assigned thereto, as is the case
for timestamp 3. In other words, any assignment of PLP
symbols in the time-frequency domain is allowable.

Thus, given that the frame unit includes no PLPs using
transmission methods transmitting only stream sl, the
dynamic range of the signals received by the terminal may be
constrained, which is likely to lead to improved received
signal quality

Although FIG. 81 is described using examples of selecting
one of transmitting data using a spatial multiplexing MIMO
system, or a MIMO system using a fixed precoding matrix,
transmitting data using a transmission method performing a
change of phase on precoded (or on precoded and switched)
signals, and transmitting data using space-time block codes,
the selection of transmission method is not limited as such.
Other possibilities include:
selecting one of transmitting data using a transmission
method performing a change of phase on precoded (or on
precoded and switched) signals, transmitting data using
space-time block codes, and transmitting data using a MIMO
system using a fixed precoding matrix;
selecting one of transmitting data using a transmission
method performing a change of phase on precoded (or on
precoded and switched) signals, and transmitting data using
space-time block codes; and
selecting one of transmitting data using a transmission
method performing a change of phase on precoded (or on
precoded and switched) signals and transmitting data using a
MIMO system using a fixed precoding matrix.

While the above explanation is given for a frame unit
having multiple PLPs, the following describes a frame unit
having only one PLP.

FIG. 82 illustrates a sample frame configuration for stream
sl and stream s2 in the time-frequency domain where the
frame unit has only one PLP.
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Although FIG. 82 indicates control symbols, these are
equivalent to the above-described P1 symbol and to the first
and second signalling data. In FIG. 82, interval 1 is used to
transmit a first frame unit, interval 2 is used to transmit a
second frame unit, interval 3 is used to transmit a third frame
unit, and interval 4 is used to transmit a fourth frame unit.

Furthermore, the first frame unit in FIG. 82 transmits sym-
bol group 8101 of PLP#1-1. The transmission method is
spatial multiplexing MIMO or MIMO using a fixed precoding
matrix.

The second frame unit transmits symbol group 8102 of
PLP#2-1. The transmission method is transmission using a
single modulated signal.

The third frame unit transmits symbol group 8103 of
PLP#3-1. The transmission method is a transmission method
performing a change of phase on precoded (or on precoded
and switched) signals.

The fourth frame unit transmits symbol group 8104 of
PLP#4-1. The transmission method is transmission using
space-time block codes.

InFIG. 82, when both s1 and s2 have a symbol on the same
sub-carrier at the same timestamp, a symbol from each of the
two streams is present at the common frequency. When using
a transmission method that involves performing a change of
phase on precoded (or precoded and switched) signals, the
change in phase may be performed in addition to weighting
using the precoding matrix (and, where applicable, after
switching the baseband signal). Accordingly, signals z1 and
72 are obtained. The signals z1 and z2 are each output by a
different antenna.

As such, the transmission method may be set by taking the
data transmission speed and the data reception speed of the
terminal into consideration for each PLP. This has the dual
merits of allowing the data transmission speed to be enhanced
and ensuring high data reception quality. The configuration
method for the control information pertaining to the transmis-
sion method and so on for the P1 symbol and for the first and
second signalling data may be as given by Tables 2 through 5,
thus obtaining the same effects. The frame configuration of
FIG. 82 differs from that of FIG. 77 and the like, where each
frame unit has multiple PLPs, and control information per-
taining to the transmission method for each of the PLPs is
required. In FIG. 82, each frame unit has only one PLP, and
thus, the only control information needed is for the transmis-
sion information and so on pertaining to that single PLP.

The present Embodiment describes a method applicable to
asystem using a DVB standard and in which the transmission
method involves performing a change of phase on precoded
(or precoded and switched) signals. The transmission method
involving performing a change of phase on precoded signals
(or precoded signals having switched basebands) is described
in the present description. Although the present Embodiment
uses “control symbol” as a term of art, this term has no
influence on the present invention.

The following describes the space-time block codes dis-
cussed in the present description and included in the present
Embodiment.

FIG. 94 illustrates the configuration of a modulated signal
using space-time block codes. As shown, a space-time block
coder (9402) takes a baseband signal based on a modulated
signal as input. For example, the space-time block coder
(9402) takes symbol s1, symbol s2, and so on as input. Then,
as shown in FIG. 94, space-time block coding is performed,
resulting in z1 (9403A) taking sl as symbol #0, —s2* as
symbol #1, s3 as symbol #2, —-s4* as symbol #3, and so on,
and 72 (9403B) taking s2 as symbol #0, s1* as symbol #1, s4
as symbol #2, s3* as symbol #3, and so on. Here, symbol #X
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of z1 and symbol #X of 72 are simultaneous signals on a
common frequency, each broadcast from a different antenna.
The arrangement of symbols in the space-time block codes is
not restricted to the time domain. A group of symbols may
also be arranged in the frequency domain, or in the time-
frequency domain, as required. Furthermore, the space-time
block coding method of FIG. 94 is given as an example of
space-time block codes. Other space-time block codes may
also be applied to each Embodiment discussed in the present
description.

Embodiment E2

The present Embodiment describes a reception method and
a reception device applicable to a communication system
using the DVB-T2 standard when the transmission method
described in Embodiment E1, which involves performing a
change of phase on precoded (or on precoded and switched)
signals, is used.

FIG. 86 illustrates a sample configuration for a reception
device in a terminal, for use when the transmission device of
the broadcaster from FIG. 76 applies a transmission method
involving a change in phase of precoded (or precoded and
switched) signals. Components thereof operating identically
to those of FIG. 7 use the same reference numbers thereas.

InFIG. 86, a P1 symbol detector and decoder 8601 receives
the signal transmitted by the broadcaster and takes baseband
signals 704_X and 704_Y as input, thereby performing signal
detection and frequency synchronization. The P1 symbol
detector and decoder 8601 simultaneously obtains the control
information included in the P1 symbol (by performing
demodulation and error-correcting decoding thereon) and
outputs the P1 symbol control information 8602 so obtained.

OFDM-related processors 8600_X and 8600_Y take the
P1 symbol control information 8602 as input and modify the
OFDM signal processing method (such as the Fourier trans-
form) accordingly. (This is possible because, as described in
Embodiment E1, the signals transmitted by the broadcaster
include transmission method information in the P1 symbol.)
The OFDM-related processors 8600_X and 8600_Y then
output the baseband signals 704_X and 704_Y after perform-
ing demodulation thereon according to the signal processing
method.

A P2 symbol demodulator 8603 (which may also apply to
the signalling PLP) takes the baseband signals 704_X and
704_Y and the P1 symbol control information 8602 as input,
performs signal processing and demodulation (including
error-correcting decoding) in accordance with the P1 symbol
control information, and outputs P2 symbol control informa-
tion 8604.

A control information generator 8605 takes the P1 symbol
control information 8602 and the P2 symbol control informa-
tion 8604 as input, bundles the control information (pertain-
ing to reception operations), and outputs a control signal
8606. Then, as shown in FIG. 86, the control signal 8606 is
input to each component.

A signal processor 711 takes signals 706_1,706_2, 708_1,
708_2,704_X, and 704_Y, as well as control signal 8606, as
input, performs demodulation an decoding according to the
information included in the control signal 8606, and outputs
received data 712. The information included in the control
signal pertains to the transmission method, modulation
scheme, error-correcting coding method and coding rate
thereof, error-correcting code block size, and so on used for
each PLP.

When the transmission method used for the PLPs is one of
spatial multiplexing MIMO, MIMO using a fixed precoding
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matrix, and a transmission method performing a change of
phase on precoded (or on precoded and switched) signals,
demodulation is performed by obtaining received (baseband)
signals using the output of the channel estimators (705_1,
705_2,707_1, and 707_2) and the relationship of the received
(baseband) signals to the transmit signals. When the trans-
mission method involves performing a change of phase on
precoded (or precoded and switched) signals, demodulation
is performed using the output of the channel estimators
(705_1, 705_2, 707_1, and 707_2), the received (baseband)
signals, and the relationship given by Math. 48 (formula 48).

FIG. 87 illustrates a sample configuration for a reception
device in a terminal, for use when the transmission device of
the broadcaster from FIG. 85 applies a transmission method
involving a change in phase of precoded (or precoded and
switched) signals. Components thereof operating identically
to those of FIGS. 7 and 86 use the same reference numbers
thereas.

The reception device from FIG. 87 differs from that of FIG.
86 in that, while the latter receives data from signals conform-
ing to the DVB-T2 standard and to other standards, the former
receives data only from signals conforming to a standard
other than DVB-T2.

InFIG. 87, a P1 symbol detector and decoder 8601 receives
the signal transmitted by the broadcaster and takes baseband
signals 704_X and 704_Y as input, thereby performing signal
detection and frequency synchronization. The P1 symbol
detector and decoder 8601 simultaneously obtains the control
information included in the P1 symbol (by performing
demodulation and error-correcting decoding thereon) and
outputs the P1 symbol control information 8602 so obtained.

OFDM-related processors 8600_X and 8600_Y take the
P1 symbol control information 8602 as input and modify the
OFDM signal processing method accordingly. (This is pos-
sible because, as described in Embodiment E1, the signals
transmitted by the broadcaster include transmission method
information in the P1 symbol.) The OFDM-related proces-
sors 8600_X and 8600_Y then output the baseband signals
704_X and 704_Y after performing demodulation thereon
according to the signal processing method.

A first and second signalling data demodulator 8701
(which may also apply to the signalling PLP) takes the base-
band signals 704_X and 704_Y and the P1 symbol control
information 8602 as input, performs signal processing and
demodulation (including error-correcting decoding) in accor-
dance with the P1 symbol control information, and outputs
first and second signalling data control information 8702.

A control information generator 8605 takes the P1 symbol
control information 8602 and the first and second signalling
data control information 8702 as input, bundles the control
information (pertaining to reception operations), and outputs
a control signal 8606. Then, as shown in FIG. 86, the control
signal 8606 is input to each component.

A signal processor 711 takes signals 706_1,706_2,708_1,
708_2,704_X, and 704_Y, as well as control signal 8606, as
input, performs demodulation an decoding according to the
information included in the control signal 8606, and outputs
received data 712. The information included in the control
signal pertains to the transmission method, modulation
scheme, error-correcting coding method and coding rate
thereof, error-correcting code block size, and so on used for
each PLP.

When the transmission method used for the PLPs is one of
spatial multiplexing MIMO, MIMO using a fixed precoding
matrix, and a transmission method performing a change of
phase on precoded (or on precoded and switched) signals,
demodulation is performed by obtaining received (baseband)
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signals using the output of the channel estimators (705_1,
705_2,707_1,and 707_2) and the relationship of the received
(baseband) signals to the transmit signals. When the trans-
mission method involves performing a change of phase on
precoded (or precoded and switched) signals, demodulation
is performed using the output of the channel estimators
(705_1, 705_2, 707_1, and 707_2), the received (baseband)
signals, and the relationship given by Math. 48 (formula 48).

FIG. 88 illustrates the configuration of a reception device
for a terminal compatible with the DVB-T2 standard and with
standards other than DVB-T2. Components thereof operating
identically to those of FIGS. 7 and 86 use the same reference
numbers thereas.

FIG. 88 differs from FIGS. 86 and 87 in that the reception
device of the former is compatible with signals conforming to
the DVB-T2 standard as well as signals conforming to other
standards. As such, the reception device includes a P2 symbol
or first and second signalling data demodulator 8801, in order
to enable demodulation.

The P2 symbol or first and second signalling data demodu-
lator 8801 takes the baseband signals 704_X and 704_Y, as
well as the P1 symbol control information 8602, as input, uses
the P1 symbol control information to determine whether the
received signals conform to the DVB-T2 standard or to
another standard (e.g., using Table in such a determination),
performs signal processing and demodulation (including
error-correcting decoding), and outputs control information
8802, which includes information indicating the standard to
which the received signals conform. Otherwise, the opera-
tions are identical to those explained for FIGS. 86 and 87.

A reception device configured as described in the above
Embodiment and receiving signals transmitted by a broad-
caster having the transmission device described in Embodi-
ment E1 provides higher received data quality by applying
appropriate signal processing. In particular, when receiving
signals transmitted using a transmission method that involves
a change in phase applied to precoded (or precoded and
switched) signals, data transmission effectiveness as well as
signal quality are both improved in the LOS environment.

Although the present Embodiment is described as a recep-
tion device compatible with the transmission method
described in Embodiment El, and therefore having two
antennas, no limitation is intended in this regard. The recep-
tion device may also have three or more antennas. In such
cases, the data reception quality may be further improved by
enhancing the diversity gain. Also, the transmission device of
the broadcaster may have three or more transmit antennas and
transmit three or more modulated signals. The same effects
are achievable by accordingly increasing the number of
antennas on the reception device of the terminal. Alterna-
tively, the reception device may have only one antenna and
apply maximum likelihood detection or approximate maxi-
mum likelihood detection. In such circumstances, the trans-
mission method is preferably one that involves a change in
phase of precoded (or precoded and switched) signals.

The transmission method need not be limited to the specific
methods explained in the present description. As long as
precoding occurs and is preceded or followed by a change in
phase, the same results are obtainable for the present Embodi-
ment.

Embodiment E3

The system of Embodiment E1, which applies, to the DVB-
T2 standard, a transmission method involving a change in
phase performed on precoded (or precoded and switched)
signals, includes control information indicating the pilot
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insertion method in the L1 pre-signalling information. The
present Embodiment describes a method of applying a trans-
mission method that involves a change in phase performed on
precoded signals (or precoded signals having switched base-
bands) when the pilot insertion method in the L1 pre-signal-
ling information is changed.

FIGS. 89A, 89B, 90A, and 90B illustrate sample frame
configurations conforming to the DVB-T2 standard in the
time-frequency domain in which a common frequency region
is used in a transmission method by which a plurality of
modulated signals are transmitted from a plurality of anten-
nas. Here, the horizontal axes represent frequency, i.e., the
carrier numbers, while the vertical axes represent time. FIGS.
89A and 90A illustrate frame configurations for modulated
signal z1 while FIGS. 89B and 90B illustrate frame configu-
rations for modulated signal z2, both of which are as
explained in the above Embodiments. The carrier numbers
are labelled 10, f1, £2, and so on, while time is labelled t1, t2,
3 and so on. Also, symbols indicated at the same carrier and
time are simultaneous symbols at a common frequency.

FIGS. 89A, 89B, 90A, and 90B illustrate examples of pilot
symbol insertion positions conforming to the DVB-T2 stan-
dard. (In DVB-T2, eight methods of pilot insertion are pos-
sible when a plurality of antennas are used to transmit a
plurality of modulated signals. Two of these are presently
illustrated.) Two types of symbols are indicated, namely pilot
symbols and data symbols. As described for other Embodi-
ments, when the transmission method involves performing a
change of phase on precoded signals (or precoded signals
having switched basebands), or involves precoding using a
fixed precoding matrix, then the data symbols of modulated
signal z1 are symbols of stream sl and stream s2 that have
undergone weighting, as are the data symbols of modulated
signal 72. (However, a change in phase is also performed
when the transmission scheme involves doing so) When
space-time block codes or a spatial multiplexing MIMO sys-
tem are used, the data symbols of modulated signal z1 are the
symbols of either stream s1 or of stream s2, as are the symbols
of'modulated signal z2. In FIGS. 89A, 89B,90A, and 90B, the
pilot symbols are labelled with an index, which is either PP1
or PP2. These represent pilot symbols using different con-
figuration methods. As described above, eight methods of
pilot insertion are possible in DVB-T2 (varying in terms of
the frequency at which pilot symbols are inserted in the
frame), one of which is indicated by the broadcaster. FIGS.
89A, 89B, 90A, and 90B illustrate two pilot insertion meth-
ods among these eight. As described in Embodiment E1,
information pertaining to the pilot insertion method selected
by the broadcaster is transmitted to the receiving terminal as
the L1 pre-signalling data in the P2 symbol.

The following describes a method of applying a transmis-
sion method involving a change in phase performed on pre-
coded signals (or precoded signals having switched base-
bands) complementing the pilot insertion method. In this
example, the transmission method involves preparing ten dif-
ferent phase changing values, namely F[0], F[1], F[2], F[3],
F[4], F[5], F[6], F[7], F[8], and F[9]. FIGS. 91A and 91B
illustrate the allocation of these phase changing values in the
time-frequency domain frame configuration of FIGS. 89A
and 89B when a transmission method involving a change in
phase performed on precoded (or precoded and switched)
signals is applied. Similarly, FIGS. 92A and 92B illustrate the
allocation of these phase changing values in the time-fre-
quency domain frame configuration of FIGS. 90A and 90B
when a transmission method involving a change in phase
performed on precoded (or precoded and switched) signals is
applied. For example, FIG. 91A illustrates the frame configu-
ration of modulated signal z1 while FIG. 91B illustrates the
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frame configuration of modulated signal z2. In both cases,
symbol #1 at {1, tl is a symbol on which frequency modifi-
cation has been performed using phase changing value F[1].
Accordingly, in FIGS. 91A, 91B, 92A, and 92B, a symbol at
carrier fx (where x=0, 1, 2, and so on), time ty (where y=1, 2,
3, and so on) is labelled #Z to indicate that frequency modi-
fication has been performed using phase changing value F[Z]
on the symbol fx, ty.

Naturally, the insertion method (insertion interval) for the
frequency-time frame configuration of FIGS. 91A and 91B
differs from that of FIGS. 92A and 92B. The transmission
method in which a change of phase is performed on precoded
signals (or precoded signals having switched basebands) is
notapplied to the pilot symbols. Therefore, although the same
transmission method involving a change in phase performed
on the same synchronized precoded (or precoded and
switched) signals (for which a different number of phase
changing values may have been prepared), the phase chang-
ing value assigned to a single symbol at a given carrier and
time in FIGS. 91A and 91B may be different in FIGS. 92A
and 92B. This is made clear by reference to the drawings. For
example, the symbol at f5, t2 in FIGS. 91A and 91B is
labelled #7, indicating that a change in phase has been per-
formed thereon using phase changing value F[7]. On the other
hand, the symbol at 5,12 in FIGS. 92 A and 92B is labelled #8,
indicating that a change in phase has been performed thereon
using phase changing value F[8].

Accordingly, although the broadcaster transmits control
information indicating the pilot pattern (pilot insertion
method) in the L1 pre-signalling information, when the trans-
mission method selected by the broadcaster method involves
a change in phase performed on precoded signals (or pre-
coded signals having switched basebands), the control infor-
mation may additionally indicate the phase changing value
allocation method used in the selected method through the
control information given by Table 3 or Table 4. Thus, the
reception device of the terminal receiving the modulated sig-
nals transmitted by the broadcaster is able to determine the
phase changing value allocation method by obtaining the
control information indicating the pilot pattern in the L1
pre-signalling data. (This presumes that the transmission
method selected by the broadcaster for PLP transmission
from Table 3 or Table 4 is one that involves a change in phase
on precoded signals (or precoded signals having switched
basebands)). Although the above description uses the
example of L1 pre-signalling data, the above-described con-
trol information may also be included in the first and second
signalling data when, as described for FIG. 83, no P2 symbols
are used.

The following describes further variant examples. Table 6
lists sample phase changing patterns and corresponding
modulation schemes.

TABLE 6
No. of Modulated Modulation Phase Changing

Signals Scheme Pattern
2 #1: QPSK, #l:—,

#2: QPSK #H2A
2 #1: QPSK, #l:—,

#2: 16-QAM #2:B
2 #1: 16-QAM, #l:—,

#2: C

#2: 16-QAM
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For example, as shown in Table 6, when the modulation
scheme is indicated and the phase changing values to be used
in the transmission method involving a change in phase per-
formed on precoded signals (or precoded signals having
switched basebands) have been determined, the above-de-
scribed principles apply. That is, transmitting only the control
information pertaining to the pilot pattern, the PLP transmis-
sion method, and the modulation scheme suffices to enable
the reception device of the terminal to estimate the phase
changing value allocation method (in the time-frequency
domain) by obtaining this control information. In Table 6, the
Phase Changing Method column lists a dash to indicate that
no change in phase is performed, and lists #A, #B, or #C to
indicate phase changing methods #A, #B, and #C. Similarly,
as shown in Table 1, when the modulation scheme and the
error-correcting coding method are indicated and the phase
changing values to be used in the transmission method involv-
ing a change in phase of precoded signals (or precoded signals
having switched basebands) have been determined, then
transmitting only the control information pertaining to the
pilot pattern, the PLP transmission method, the modulation
scheme, and the error-correcting codes in the P2 symbol
suffices to enable the reception device of the terminal to
estimate the phase changing value allocation method (in the
time-frequency domain) by obtaining this control informa-
tion.

However, unlike Table 1 and Table 6, two or more different
types of transmission scheme involving a change in phase
performed on precoded signals (or precoded signals having
switched basebands) may be selected, despite the modulation
scheme having been determined (For example, the transmis-
sion schemes may have a different period (cycle), or use
different phase changing values). Alternatively, two or more
different types of transmission scheme involving a change in
phase performed on precoded signals (or precoded signals
having switched basebands) may be selected, despite the
modulation scheme and the error-correction scheme having
been determined. Furthermore, two or more different types of
transmission scheme involving a change in phase performed
on precoded signals (or precoded signals having switched
basebands) may be selected, despite the error-correction
scheme having been determined. In such cases, as shown in
Table 4, the transmission scheme involves switching between
phase changing values. However, information pertaining to
the allocation scheme of the phase changing values (in the
time-frequency domain) may also be transmitted.

Table 7 lists control information configuration examples
for information pertaining to such allocation methods.

TABLE 7

PHASE_FRAME__ARRANGEMENT

(2-bit) Control Information

00 allocation scheme #1
01 allocation scheme #2
10 allocation scheme #3

allocation scheme #4

For example, suppose that the transmission device of the
broadcaster selects FIGS. 89A and 89B as the pilot pattern
insertion method, and selects transmission method A, which
involves a change in phase on precoded signals (or precoded
signals having switched basebands). Thus, the transmission
device may select FIGS. 91A and 91B or FIGS. 93A and 93B
as the phase changing value allocation method (in the time-
frequency domain). For example, when the transmission
device selects FIGS. 91A and 91B, the PHASE_FRAME
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ARRANGEMENT information of Table 7 is set to 00. When
the transmission device selects FIGS. 93A and 93B, the
PHASE_FRAME_ARRANGEMENT information is set to
01. As such, the reception device is able to determine the
phase changing value allocation method (in the time-fre-
quency domain) by obtaining the control information of Table
7. The control information of Table 7 is also applicable to
transmission by the P2 symbol, and to transmission by the
first and second signalling data.

As described above, a phase changing value allocation
method for the transmission method involving a change in
phase performed on precoded (or precoded and switched)
signals may be realized through the pilot insertion method. In
addition, by reliably transmitting such allocation method
information to the receiving party, the reception device
derives the dual benefits of improved data transmission effi-
ciency and enhanced received signal quality.

Although the present Embodiment describes a broadcaster
using two transmit signals, the same applies to broadcasters
using a transmission device having three or more transmit
antennas transmitting three or more signals. The transmission
method need not be limited to the specific methods explained
in the present description. As long as precoding occurs and is
preceded or followed by a change in phase, the same results
are obtainable for the present Embodiment.

The pilot signal configuration method is not limited to the
present Embodiment. When the transmission method
involves performing a change of phase on precoded (or pre-
coded and switched) signals, the reception device need only
implement the relationship given by Math. 48 (formula 48)
(e.g., the reception device may know the pilot pattern signals
transmitted by the transmission device in advance). This
applies to all Embodiments discussed in the present descrip-
tion.

The transmission devices pertaining to the present inven-
tion, as illustrated by FIGS. 3, 4,12, 13, 51, 52, 67, 70, 76, 85,
and so on transmit two modulated signals, namely modulated
signal #1 and modulated signal #2, on two different transmit
antennas. The average transmission power of the modulated
signals #1 and #2 may be set freely. For example, when the
two modulated signals each have a different average trans-
mission power, conventional transmission power control
technology used in wireless transmission systems may be
applied thereto. Therefore, the average transmission power of
modulated signals #1 and #2 may differ. In such circum-
stances, transmission power control may be applied to the
baseband signals (e.g., when mapping is performed using the
modulation scheme), or may be performed by a power ampli-
fier immediately before the antenna.

Embodiment F1

The schemes for regularly performing phase change on the
modulated signal after precoding described in Embodiments
1 through 4, Embodiment A1, Embodiments C1 through C7,
Embodiments D1 through D3 and Embodiments E1 through
E3 are applicable to any baseband signals s1 and s2 mapped
in the I-Q plane. Therefore, in Embodiments 1 through 4,
Embodiment Al, Embodiments C1 through C7, Embodi-
ments D1 through D3 and Embodiments E1 through E3, the
baseband signals s1 and s2 have not been described in detail.
On the other hand, when the scheme for regularly performing
phase change on the modulated signal after precoding is
applied to the baseband signals s1 and s2 generated from the
error correction coded data, excellent reception quality can be
achieved by controlling average power (average value) of the
baseband signals s1 and s2. In the present embodiment, the
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following describes a scheme of setting the average power of
sl and s2 when the scheme for regularly performing phase
change on the modulated signal after precoding is applied to
the baseband signals s1 and s2 generated from the error cor-
rection coded data.

As an example, the modulation schemes for the baseband
signal s1 and the baseband signal s2 are described as QPSK
and 16QAM, respectively.

Since the modulation scheme for s1 is QPSK, sl transmits
two bits per symbol. Let the two bits to be transmitted be
referred to as b0 and b1. On the other hand, since the modu-
lation scheme for s2 is 16QAM, s2 transmits four bits per
symbol. Let the four bits to be transmitted be referred to as b2,
b3, b4 and b5. The transmission device transmits one slot
composed of one symbol for s1 and one symbol for s2, i.e. six
bits b0, b1, b2, b3, b4 and b5 per slot.

For example, in FIG. 95 as an example of signal point
layout in the I-Q plane for 16QAM, (b2, b3, b4, b5)=(0, 0, 0,
0) is mapped onto (I, Q)=(3xg, 3xg), (b2, b3, b4, b5)=(0, 0,0,
1) is mapped onto (I, Q)=(3xg, 1xg), (b2, b3, b4,b5)=(0,0, 1,
0) is mapped onto (I, Q)=(1xg, 3xg), (b2, b3, b4, b5)=(0,0, 1,
1) is mapped onto (I, Q)=(1xg, 1xg), (b2, b3, b4,b5)=(0, 1,0,
0)is mapped onto (I, Q)=(3xg, -3xg), ..., (b2, b3,b4,b5)=(1,
1, 1, 0) is mapped onto (I, Q)=(-1xg, -3xg), and (b2, b3, b4,
b5)=(1,1, 1, 1)ismapped onto (I, Q)=(-1xg, —1xg). Note that
b2 through b5 shown on the top right of FIG. 95 shows the bits
and the arrangement of the numbers shown on the I-Q plane.

Also, in FIG. 96 as an example of signal point layout in the
1-Q plane for QPSK, (b0, b1)=(0, 0) is mapped onto (I, Q)=
(1xh, 1xh), (b0, b1)=(0, 1) is mapped onto (I, Q)=
(1xh, —1xh), (b0, b1)=(1, 0) is mapped onto (I, Q)=(-1xh,
1xh), and (b0, b1)=(1, 1) is mapped onto (I, Q)=(-1xh, —1xh).
Note that b0 and b1 shown on the top right of FIG. 96 shows
the bits and the arrangement of the numbers shown on the I-Q
plane.

Here, assume that the average power of sl is equal to the
average power of s2, i.e. h shown in FIG. 96 is represented by
formula 78 and g shown in FIG. 95 is represented by formula
79.

[Math. 78]

he RS (formula 78)
V2

[Math. 79]

g= < (formula 79)
V10

FIG. 97 shows the log-likelihood ratio obtained by the
reception device in this case. FIG. 97 schematically shows
absolute values of the log-likelihood ratio for b0 through b5
described above when the reception device obtains the log-
likelihood ratio. In FIG. 97, 9700 is the absolute value of the
log-likelihood ratio for b0, 9701 is the absolute value of the
log-likelihood ratio for b1, 9702 is the absolute value of the
log-likelihood ratio for b2, 9703 is the absolute value of the
log-likelihood ratio for b3, 9704 is the absolute value of the
log-likelihood ratio for b4, and 9705 is the absolute value of
the log-likelihood ratio for b5. In this case, as shown in FIG.
97, when the absolute values of the log-likelihood ratio for bO
and b1 transmitted in QPSK are compared with the absolute
values of the log-likelihood ratio for b2 through b5 transmit-
ted in 16QAM, the absolute values of the log-likelihood ratio
for b0 and bl are higher than the absolute values of the
log-likelihood ratio for b2 through b5. That is, reliability of b0
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and b1 in the reception device is higher than the reliability of
b2 through b5 in the reception device. This is because of the
following reason. When h is represented by formula 79 in
FIG. 95, a minimum Euclidian distance between signal points
in the I-Q plane for QPSK is as follows.

[Math. 80]
V2z
On the other hand, when h is represented by formula 78 in

FIG. 78, a minimum Euclidian distance between signal points
in the I-Q plane for 16QAM is as follows.

(formula 80)

[Math. 81]

2 (formula 81)

——3Z
V10

This is the reason.

If the reception device performs error correction decoding
(e.g. belief propagation decoding such as a sum-product
decoding in a case where the communication system uses
LDPC codes) under this situation, due to a difference in
reliability that “the absolute values of the log-likelihood ratio
for b0 and bl are higher than the absolute values of the
log-likelihood ratio for b2 through b5”, a problem that the
data reception quality degrades in the reception device by
being affected by the absolute values of the log-likelihood
ratio for b2 through b5 arises.

In order to overcome the problem, the difference between
the absolute values of the log-likelihood ratio for b0 and b1
and the absolute values of the log-likelihood ratio for b2
through b5 should be reduced compared with FIG. 97, as
shown in FIG. 98.

Therefore, it is considered that the average power (average
value) of s1 is made to be different from the average power
(average value) of s2. FIGS. 99 and 100 each show an
example of the structure of the signal processor relating to a
power changer (although being referred to as the power
changer here, the power changer may be referred to as an
amplitude changer or a weight unit) and the weighting (pre-
coding) unit. In FIG. 99, elements that operate in a similar
way to FIG. 3 and FIG. 6 bear the same reference signs. Also,
in FIG. 100, elements that operate in a similar way to FIG. 3,
FIG. 6 and FIG. 99 bear the same reference signs.

The following explains some examples of operations of the
power changer.

Example 1

First, an example of the operation is described using FIG.
99. Let s1(t) be the (mapped) baseband signal for the modu-
lation scheme QPSK. The mapping scheme for s1(t) is as
shown in FIG. 96, and h is as represented by formula 78. Also,
let s2(t) be the (mapped) baseband signal for the modulation
scheme 16QAM. The mapping scheme fors2(t)is as shownin
FIG. 95, and g is as represented by formula 79. Note that t is
time. In the present embodiment, description is made taking
the time domain as an example.

The power changer (9901B) receives a (mapped) baseband
signal 307B for the modulation scheme 16QAM and a control
signal (9900) as input. Letting a value for power change set
based on the control signal (9900) be u, the power changer
outputs a signal (9902B) obtained by multiplying the
(mapped) baseband signal 307B for the modulation scheme
16QAM by u. Let u be a real number, and u>1.0. Letting the
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precoding matrix used in the scheme for regularly performing
phase change on the modulated signal after precoding be F
and the phase changing value used for regularly performing
phase change be y(t) (y(t) may be imaginary number having
the absolute value of 1, i.e. ¢j°®, the following formula is
satisfied.

[Math. 82]
(zl(t)] (1 0 ]F 00 (sl(t)]
20) N0 yo ) | 0wl Ns20
1 0 1 0y sl
(o oo o))
0 y@ 0 uAs2(0

Therefore, a ratio of the average power for QPSK to the
average power for 16QAM is set to 1:u?. With this structure,
the reception device is in a reception condition in which the
absolute value of the log-likelihood ratio shown in FIG. 98 is
obtained. Therefore, data reception quality is improved in the
reception device.

The following describes a case where u in the ratio of the
average power for QPSK to the average power for 16QAM
1:u? is set as shown in the following formula.

[Math. 83]
u=V3

In this case, the minimum Euclidian distance between sig-
nal points in the 1-Q plane for QPSK and the minimum
Euclidian distance between signal points in the [-Q plane for
16QAM canbe the same. Therefore, excellent reception qual-
ity can be achieved.

The condition that the minimum FEuclidian distances
between signal points in the I-Q plane for two different modu-
lation schemes are equalized, however, is a mere example of
the scheme of setting the ratio of the average power for QPSK
to the average power for 16QAM. For example, according to
other conditions such as a code length and a coding rate of an
error correction code used for error correction codes, excel-
lent reception quality may be achieved when the value u for
power change is set to a value (higher value or lower value)
different from the value at which the minimum Euclidian
distances between signal points in the 1-Q plane for two
different modulation schemes are equalized. Considering the
processing efficiency, a scheme of setting the value u as
shown in the following formula is considered, for example.

[Math. 84]
u=V7

This will be described later in detail.

In the conventional technology, transmission power con-
trol is generally performed based on feedback information
from a communication partner. The present invention is char-
acterized in that the transmission power is controlled regard-
less of the feedback information from the communication
partner in the present embodiment. Detailed description is
made on this point.

The above describes that the value u for power change is set
based on the control signal (9900). The following describes
setting of the value u for power change based on the control
signal (9900) in order to improve data reception quality in the
reception device in detail.

(formula 82)

(formula 83)

(formula 84)

Example 1-1

The following describes a scheme of setting the average
power (average values) of s1 and s2 according to a block
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length (the number of bits constituting one coded block, and
is also referred to as the code length) for the error correction
coding used to generate sl and s2 when the transmission
device supports a plurality of block lengths for the error
correction codes.

Examples ofthe error correction codes include block codes
such as Turbo codes or Duo-Binary Turbo codes using tail-
biting, LDPC codes, or the like. In many communication
systems and broadcasting systems, a plurality of block
lengths are supported. Encoded data for which error correc-
tion codes whose block length is selected from among the
plurality of supported block lengths has been performed is
distributed to two systems. The encoded data having been
distributed to the two systems is modulated in the modulation
scheme for s1 and in the modulation scheme for s2 to generate
the (mapped) baseband signals s1(t) and s2(t).

The control signal (9900) is a signal indicating the selected
block length for the error correction codes described above.
The power changer (9901B) sets the value u for power change
according to the control signal (9900).

The present invention is characterized in that the power
changer (9901B) sets the value u for power change according
to the selected block length indicated by the control signal
(9900). Here, a value for power change set according to a
block length X is referred to as u; 5

For example, when 1000 is selected as the block length, the
power changer (9901B) sets a value for power change to
Uz, 000- When 1500 is selected as the block length, the power
changer (9901B) sets a value for power change to u; 5q0-
When 3000 is selected as the block length, the power changer
(9901B) sets a value for power change to u; ;5. In this case,
for example, by setting U; ;900 Uz 1500 @0d Uy 3000 SO as to be
different from one another, a high error correction capability
can be achieved for each code length. Depending on the set
code length, however, the effect might not be obtained even if
the value for power change is changed. In such a case, even
when the code length is changed, it is unnecessary to change
the value for power change (for example, U, 0=V ; 500 MAY
be satisfied. What is important is that two or more values exist
In U 0005 Uz1 500 A0 Uz goo)-

Although the case of three code lengths is taken as an
example in the above description, the present invention is not
limited to this. The important point is that two or more values
for power change exist when there are two or more code
lengths that can be set, and the transmission device selects any
of the values for power change from among the two or more
values for power change when the code length is set, and
performs power change.

Example 1-2

The following describes a scheme of setting the average
power (average values) of s1 and s2 according to a coding rate
for the error correction codes used to generate s1 and s2 when
the transmission device supports a plurality of coding rates
for the error correction codes.

Examples ofthe error correction codes include block codes
such as Turbo codes or Duo-Binary Turbo codes using tail-
biting, LDPC codes, or the like. In many communication
systems and broadcasting systems, a plurality of coding rates
are supported. Encoded data for which error correction codes
whose coding rate is selected from among the plurality of
supported coding rates has been performed is distributed to
two systems. The encoded data having been distributed to the
two systems is modulated in the modulation scheme for sl
and in the modulation scheme for s2 to generate the (mapped)
baseband signals s1(t) and s2(t).
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The control signal (9900) is a signal indicating the selected
coding rate for the error correction codes described above.
The power changer (9901B) sets the value u for power change
according to the control signal (9900).

The present invention is characterized in that the power
changer (9901B) sets the value u for power change according
to the selected coding rate indicated by the control signal
(9900). Here, a value for power change set according to a
coding rate rx is referred to as u, .

For example, when rl is selected as the coding rate, the
power changer (9901B) sets a value for power change tou,,,.
When r2 is selected as the coding rate, the power changer
(9901B) sets a value for power change to u,,. When r3 is
selected as the coding rate, the power changer (9901B) sets a
value for power change to u,5. In this case, for example, by
setting u,.;, u,, and u,; so as to be different from one another,
a high error correction capability can be achieved for each
coding rate. Depending on the set coding rate, however, the
effect might not be obtained even if the value for power
change is changed. In such a case, even when the coding rate
is changed, it is unnecessary to change the value for power
change (for example, u,,=u,, may be satisfied. What is impor-
tant is that two or more values existinu,,, u,, and u,).

Note that, as examples of rl, r2 and r3 described above,
coding rates 1/2, 2/3 and 3/4 are considered when the error
correction code is the LDPC code.

Although the case of three coding rates is taken as an
example in the above description, the present invention is not
limited to this. The important point is that two or more values
for power change exist when there are two or more coding
rates that can be set, and the transmission device selects any of
the values for power change from among the two or more
values for power change when the coding rate is set, and
performs power change.

Example 1-3

In order for the reception device to achieve excellent data
reception quality, it is important to implement the following.

The following describes a scheme of setting the average
power (average values) of s1 and s2 according to a modula-
tion scheme used to generate s1 and s2 when the transmission
device supports a plurality of modulation schemes.

Here, as an example, a case where the modulation scheme
for s1 is fixed to QPSK and the modulation scheme for s2 is
changed from 16QAM to 64QAM by the control signal (or
can be set to either 16QAM or 64QAM) is considered. Note
that, in a case where the modulation scheme for s2(t) is
64QAM, the mapping scheme for s2(t) is as shown in FIG.
101. In FIG. 101, k is represented by the following formula.

[Math. 85]
k= £ (formula 85)
V42

By performing mapping in this way, the average power
obtained when h in FIG. 96 for QPSK is represented by
formula 78 becomes equal to the average power obtained
when g in FIG. 95 for 16QAM is represented by formula 79.
In the mapping in 64QAM, the values I and Q are determined
from an input of six bits. In this regard, the mapping 64QAM
may be performed similarly to the mapping in QPSK and
16QAM.
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That is to say, in FIG. 101 as an example of signal point
layout in the I-Q plane for 64QAM, (b0, bl, b2, b3, b4,
b5)=(0, 0, 0, 0, 0, 0) is mapped onto (I, Q)=(7xk, 7xk), (b0,
bl, b2, b3, b4, b5)=(0, 0, 0, 0, 0, 1) is mapped onto (I,
Q)=(7xk, 5xk), (b0, b1, b2, b3, b4, b5)=(0, 0, 0, 0, 1, 0) is
mapped onto (I, Q)=(5xk, 7xk), (b0, b1, b2, b3, b4, b5)=(0, 0,
0,0, 1, 1) is mapped onto (I, Q)=(5xk, 5xk), (b0, b1, b2, b3,
b4, b5)=(0, 0, 0, 1, 0, 0) is mapped onto (I, Q)=(7xk,
1xk), ..., (b0, b1, b2, b3, b4, b5)=(1, 1,1, 1, 1, 0) is mapped
onto (I, Q)=(-3xk, —1xk), and (b0, b1, b2, b3, b4, bS)=(1, 1,
1,1, 1, 1) is mapped onto (I, Q)=(-3xk, -3xk). Note that b0
through b5 shown on the top right of FIG. 101 shows the bits
and the arrangement of the numbers shown on the I-Q plane.

In FIG. 99, the power changer 9901B sets such that u=u, 4
when the modulation scheme for s2 is 16QAM, and sets such
that u=u,, when the modulation scheme for s2 is 64QAM. In
this case, due to the relationship between minimum Euclidian
distances, by setting such that u, ;<ug,, excellent data recep-
tion quality is obtained in the reception device when the
modulation scheme for s2 is either 16QAM or 64QAM.

Note that, in the above description, the “modulation
scheme fors1 is fixed to QPSK”. It is also considered that the
modulation scheme for s2 is fixed to QPSK. In this case,
power change is assumed to be not performed for the fixed
modulation scheme (here, QPSK), and to be performed for a
plurality of modulation schemes that can be set (here,
16QAM and 64QAM). That is to say, in this case, the trans-
mission device does not have the structure shown in FIG. 99,
but has a structure in which the power changer 9901B is
eliminated from the structure in FIG. 99 and a power changer
is provided to a s1(t)-side. When the fixed modulation scheme
(here, QPSK) is set to s2, the following formula 86 is satisfied.

[Math. 86]

z1(D) 1 0 ue® 0 sl (formula 86)
= Fl

A Y

(1 0 ]F(u 0](51(1)]

0 y@® 0 1AS2(0

When the modulation scheme for s2 is fixed to QPSK and
the modulation scheme for s1 is changed from 16QAM to
64QAM (is set to either 16QAM or 64QAM), the relationship
U,;4<U,, should be satisfied (note that a multiplied value for
power change in 16QAM is u, 4, a multiplied value for power
change in 64QAM is u,,, and power change is not performed
in QPSK).

Also, when a set of the modulation scheme for s1 and the
modulation scheme for s2 can be set to any one of a set of
QPSK and 16QAM, a set of 16QAM and QPSK, a set of
QPSK and 64QAM and a set of 64QAM and QPSK, the
relationship u, ;<u, should be satisfied.

The following describes a case where the above-mentioned
description is generalized.

Let the modulation scheme for s1 be fixed to a modulation
scheme C in which the number of signal points in the I-Q
plane is c. Also, let the modulation scheme for s2 be set to
either a modulation scheme A in which the number of signal
points in the I-Q plane is a or a modulation scheme B in which
the number of signal points in the I-Q plane is b (a>b>c)
(however, let the average power (average value) for s2 in the
modulation scheme A be equal to the average power (average
value) for s2 in the modulation scheme B).
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In this case, a value for power change set when the modu-
lation scheme A is set to the modulation scheme fors2 is u,.
Also, a value for power change set when the modulation
scheme B is set to the modulation scheme for s2 is u,. In this
case, when the relationship u,<u, is satisfied, excellent data
reception quality is obtained in the reception device.

Power change is assumed to be not performed for the fixed
modulation scheme (here, modulation scheme C), and to be
performed for a plurality of modulation schemes that can be
set (here, modulation schemes A and B). When the modula-
tion scheme for s2 is fixed to the modulation scheme C and the
modulation scheme for sl is changed from the modulation
scheme A to the modulation scheme B (is set to either the
modulation schemes A or B), the relationship u,<u, should be
satisfied. Also, when a set of the modulation scheme for sl
and the modulation scheme for s2 can be setto any one of a set
of the modulation scheme C and the modulation scheme A, a
set of the modulation scheme A and the modulation scheme
C, a set of the modulation scheme C and the modulation
scheme B and a set of the modulation scheme B and the
modulation scheme C, the relationship u,<u, should be sat-
isfied.

Example 2

The following describes an example of the operation dif-
ferent from that described in Example 1, using FIG. 99. Let
s1(t) be the (mapped) baseband signal for the modulation
scheme 64QAM. The mapping scheme fors1(t) is as shownin
FIG. 101, and k is as represented by formula 85. Also, let s2(t)
be the (mapped) baseband signal for the modulation scheme
16QAM. The mapping scheme for s2(t) is as shown in FIG.
95, and g is as represented by formula 79. Note that t is time.
In the present embodiment, description is made taking the
time domain as an example.

The power changer (9901B) receives a (mapped) baseband
signal 307B for the modulation scheme 16QAM and a control
signal (9900) as input. Letting a value for power change set
based on the control signal (9900) be u, the power changer
outputs a signal (9902B) obtained by multiplying the
(mapped) baseband signal 307B for the modulation scheme
16QAM by u. Let u be a real number, and u<1.0. Letting the
precoding matrix used in the scheme for regularly performing
phase change on the modulated signal after precoding be F
and the phase changing value used for regularly performing
phase change be y(t) (y(t) may be imaginary number having
the absolute value of 1, i.e. ¢j°®, the following formula is
satisfied.

Therefore, a ratio of the average power for 64QAM to the
average power for 16QAM is set to 1:u®. With this structure,
the reception device is in a reception condition as shown in
FIG. 98. Therefore, data reception quality is improved in the
reception device.

In the conventional technology, transmission power con-
trol is generally performed based on feedback information
from a communication partner. The present invention is char-
acterized in that the transmission power is controlled regard-
less of the feedback information from the communication
partner in the present embodiment. Detailed description is
made on this point.

The above describes that the value u for power change is set
based on the control signal (9900). The following describes
setting of the value u for power change based on the control
signal (9900) in order to improve data reception quality in the
reception device in detail.

Example 2-1

The following describes a scheme of setting the average
power (average values) of s1 and s2 according to a block
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length (the number of bits constituting one coded block, and
is also referred to as the code length) for the error correction
codes used to generate sl and s2 when the transmission
device supports a plurality of block lengths for the error
correction codes.

Examples ofthe error correction codes include block codes
such as Turbo codes or Duo-Binary Turbo codes using tail-
biting, LDPC codes, or the like. In many communication
systems and broadcasting systems, a plurality of block
lengths are supported. Encoded data for which error correc-
tion codes whose block length is selected from among the
plurality of supported block lengths has been performed is
distributed to two systems. The encoded data having been
distributed to the two systems is modulated in the modulation
scheme for s1 and in the modulation scheme for s2 to generate
the (mapped) baseband signals s1(t) and s2(t).

The control signal (9900) is a signal indicating the selected
block length for the error correction codes described above.
The power changer (9901B) sets the value u for power change
according to the control signal (9900).

The present invention is characterized in that the power
changer (9901B) sets the value u for power change according
to the selected block length indicated by the control signal
(9900). Here, a value for power change set according to a
block length X is referred to as u; 5

For example, when 1000 is selected as the block length, the
power changer (9901B) sets a value for power change to
Uz, 000- When 1500 is selected as the block length, the power
changer (9901B) sets a value for power change to u; 5q0-
When 3000 is selected as the block length, the power changer
(9901B) sets a value for power change to u; ;5. In this case,
for example, by setting U; ;900 Uz 1500 @0d Uy 3000 SO as to be
different from one another, a high error correction capability
can be achieved for each code length. Depending on the set
code length, however, the effect might not be obtained even if
the value for power change is changed. In such a case, even
when the code length is changed, it is unnecessary to change
the value for power change (for example, U, 0=V ; 500 MAY
be satisfied. What is important is that two or more values exist
In U 0005 Uz1 500 A0 Uz goo)-

Although the case of three code lengths is taken as an
example in the above description, the present invention is not
limited to this. The important point is that two or more values
for power change exist when there are two or more code
lengths that can be set, and the transmission device selects any
of the values for power change from among the two or more
values for power change when the code length is set, and
performs power change.

Example 2-2

The following describes a scheme of setting the average
power (average values) of s1 and s2 according to a coding rate
for the error correction codes used to generate s1 and s2 when
the transmission device supports a plurality of coding rates
for the error correction codes.

Examples ofthe error correction codes include block codes
such as Turbo codes or Duo-Binary Turbo codes using tail-
biting, LDPC codes, or the like. In many communication
systems and broadcasting systems, a plurality of coding rates
are supported. Encoded data for which error correction codes
whose coding rate is selected from among the plurality of
supported coding rates has been performed is distributed to
two systems. The encoded data having been distributed to the
two systems is modulated in the modulation scheme for sl
and in the modulation scheme for s2 to generate the (mapped)
baseband signals s1(t) and s2(t).
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The control signal (9900) is a signal indicating the selected
coding rate for the error correction codes described above.
The power changer (9901B) sets the value u for power change
according to the control signal (9900).

The present invention is characterized in that the power
changer (9901B) sets the value u for power change according
to the selected coding rate indicated by the control signal
(9900). Here, a value for power change set according to a
coding rate, _ is referred to as u, ...

For example, when rl is selected as the coding rate, the
power changer (9901B) sets a value for power change to u,,;.
When r2 is selected as the coding rate, the power changer
(9901B) sets a value for power change to u,,. When r3 is
selected as the coding rate, the power changer (9901B) sets a
value for power change to u,5. In this case, for example, by
setting u,.;, u,, and u,; so as to be different from one another,
a high error correction capability can be achieved for each
coding rate. Depending on the set coding rate, however, the
effect might not be obtained even if the value for power
change is changed. In such a case, even when the coding rate
is changed, it is unnecessary to change the value for power
change (for example, u,,=u,, may be satisfied. What is impor-
tant is that two or more values exist inu,.,, U,, and u,;). Note
that, as examples of r1, r2 and r3 described above, coding
rates 1/2, 2/3 and 3/4 are considered when the error correction
code is the LDPC code.

Although the case of three coding rates is taken as an
example in the above description, the present invention is not
limited to this. The important point is that two or more values
for power change exist when there are two or more coding
rates that can be set, and the transmission device selects any of
the values for power change from among the two or more
values for power change when the coding rate is set, and
performs power change.

Example 2-3

In order for the reception device to achieve excellent data
reception quality, it is important to implement the following.

The following describes a scheme of setting the average
power (average values) of s1 and s2 according to a modula-
tion scheme used to generate s1 and s2 when the transmission
device supports a plurality of modulation schemes.

Here, as an example, a case where the modulation scheme
for sl is fixed to 64QAM and the modulation scheme for s2 is
changed from 16QAM to QPSK by the control signal (or can
be set to either 16QAM or QPSK) is considered. In a case
where the modulation scheme for s1 is 64QAM, the mapping
scheme for s1(t) is as shown in FIG. 101, and k is represented
by formula 85 in FIG. 101. In a case where the modulation
scheme for s2 is 16QAM, the mapping scheme for s2(t) is as
shown in FI1G. 95, and g is represented by formula 79 in FIG.
95. Also, in a case where the modulation scheme for s2(t) is
QPSK, the mapping scheme for s2(t) is as shown in FIG. 96,
and h is represented by formula 78 in FIG. 96.

By performing mapping in this way, the average power in
16QAM becomes equal to the average power (average value)
in QPSK.

In FIG. 99, the power changer 9901B sets such that u=u, 4
when the modulation scheme for s2 is 16QAM, and sets such
that u=u, when the modulation scheme for s2 is QPSK. In this
case, due to the relationship between minimum Euclidian
distances, by setting such that u,<u, 4, excellent data recep-
tion quality is obtained in the reception device when the
modulation scheme for s2 is either 16QAM or QPSK.

Note that, in the above description, the modulation scheme
fors1 is fixed to 64QAM. When the modulation scheme for s2
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is fixed to 64QAM and the modulation scheme for sl is
changed from 16QAM to QPSK (is set to either 16QAM or
QPSK), the relationship u,<u, ¢ should be satisfied (the same
considerations should be made as the example 1-3) (note that
a multiplied value for power change in 16QAM is u,,, a
multiplied value for power change in QPSK is u,, and power
change is not performed in 64QAM). Also, when a set of the
modulation scheme for s1 and the modulation scheme for s2
can be set to any one of a set of 64QAM and 16QAM, a set of
16QAM and 64QAM, a set of 64QAM and QPSK and a set of
QPSK and 64QAM, the relationship u,<u, s should be satis-
fied.

The following describes a case where the above-mentioned
description is generalized.

Let the modulation scheme for s1 be fixed to a modulation
scheme C in which the number of signal points in the I-Q
plane is c. Also, let the modulation scheme for s2 be set to
either a modulation scheme A in which the number of signal
points in the I-Q plane is a or a modulation scheme B in which
the number of signal points in the I-Q plane is b (c>b>a)
(however, let the average power (average value) for s2 in the
modulation scheme A be equal to the average power (average
value) for s2 in the modulation scheme B).

In this case, a value for power change set when the modu-
lation scheme A is set to the modulation scheme for s2 is u,,.
Also, a value for power change set when the modulation
scheme B is set to the modulation scheme for s2 is u,,. In this
case, when the relationship u,<u, is satisfied, excellent data
reception quality is obtained in the reception device.

Power change is assumed to be not performed for the fixed
modulation scheme (here, modulation scheme C), and to be
performed for a plurality of modulation schemes that can be
set (here, modulation schemes A and B). When the modula-
tion scheme for s2 is fixed to the modulation scheme C and the
modulation scheme for sl is changed from the modulation
scheme A to the modulation scheme B (is set to either the
modulation schemes A or B), the relationship u,,<u,, should be
satisfied. Also, when a set of the modulation scheme for s1
and the modulation scheme fors2 can be setto any one ofa set
of the modulation scheme C and the modulation scheme A, a
set of the modulation scheme A and the modulation scheme
C, a set of the modulation scheme C and the modulation
scheme B and a set of the modulation scheme B and the
modulation scheme C, the relationship u,<u, should be sat-
isfied.

Example 3

The following describes an example of the operation dif-
ferent from that described in Example 1, using FIG. 99. Let
s1(t) be the (mapped) baseband signal for the modulation
scheme 16QAM. The mapping scheme fors1(t)is as shownin
FIG. 95, and g is as represented by formula 79. Let s2(t) be the
(mapped) baseband signal for the modulation scheme
64QAM. The mapping scheme for s2(t) is as shown in FIG.
101, and k is as represented by formula 85. Note that t is time.
In the present embodiment, description is made taking the
time domain as an example.

The power changer (9901B) receives a (mapped) baseband
signal 307B for the modulation scheme 64QAM and a control
signal (9900) as input. Letting a value for power change set
based on the control signal (9900) be u, the power changer
outputs a signal (9902B) obtained by multiplying the
(mapped) baseband signal 307B for the modulation scheme
64QAM by u. Let u be a real number, and u>1.0. Letting the
precoding matrix used in the scheme for regularly performing
phase change on the modulated signal after precoding be F
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and the phase changing value used for regularly performing
phase change be y(t) (y(t) may be imaginary number having
the absolute value of 1, i.e. ¢j°®, the following formula is
satisfied.

Therefore, a ratio of the average power for 16QAM to the
average power for 64QAM is set to 1:u®. With this structure,
the reception device is in a reception condition as shown in
FIG. 98. Therefore, data reception quality is improved in the
reception device.

In the conventional technology, transmission power con-
trol is generally performed based on feedback information
from a communication partner. The present invention is char-
acterized in that the transmission power is controlled regard-
less of the feedback information from the communication
partner in the present embodiment. Detailed description is
made on this point.

The above describes that the value u for power change is set
based on the control signal (9900). The following describes
setting of the value u for power change based on the control
signal (9900) in order to improve data reception quality in the
reception device in detail.

Example 3-1

The following describes a scheme of setting the average
power (average values) of s1 and s2 according to a block
length (the number of bits constituting one coded block, and
is also referred to as the code length) for the error correction
codes used to generate sl and s2 when the transmission
device supports a plurality of block lengths for the error
correction codes.

Examples of the error correction codes include block codes
such as Turbo codes or Duo-Binary Turbo codes using tail-
biting, LDPC codes, or the like. In many communication
systems and broadcasting systems, a plurality of block
lengths are supported. Encoded data for which error correc-
tion codes whose block length is selected from among the
plurality of supported block lengths has been performed is
distributed to two systems. The encoded data having been
distributed to the two systems is modulated in the modulation
scheme for s1 and in the modulation scheme for s2 to generate
the (mapped) baseband signals s1(t) and s2(t).

The control signal (9900) is a signal indicating the selected
block length for the error correction codes described above.
The power changer (9901B) sets the value u for power change
according to the control signal (9900).

The present invention is characterized in that the power
changer (9901B) sets the value u for power change according
to the selected block length indicated by the control signal
(9900). Here, a value for power change set according to a
block length X is referred to as u, 5

For example, when 1000 is selected as the block length, the
power changer (9901B) sets a value for power change to
Uz ;000- When 1500 is selected as the block length, the power
changer (9901B) sets a value for power change to u;,5q,-
When 3000 is selected as the block length, the power changer
(9901B) sets a value for power change 10 U, 5q,. In this case,
for example, by setting U, ;g00, Uz 1500 a0d Uz 3000 SO as to be
different from one another, a high error correction capability
can be achieved for each code length. Depending on the set
code length, however, the effect might not be obtained even if
the value for power change is changed. In such a case, even
when the code length is changed, it is unnecessary to change
the value for power change (for example, U;,000=U; ; s00 MY
be satisfied. What is important is that two or more values exist

10 U1600; Uz1500 @0 Uz 000)-
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Although the case of three code lengths is taken as an
example in the above description, the present invention is not
limited to this. The important point is that two or more values
for power change exist when there are two or more code
lengths that can be set, and the transmission device selects any
of the values for power change from among the two or more
values for power change when the code length is set, and
performs power change.

Example 3-2

The following describes a scheme of setting the average
power (average values) of s1 and s2 according to a coding rate
for the error correction codes used to generate s1 and s2 when
the transmission device supports a plurality of coding rates
for the error correction codes.

Examples ofthe error correction codes include block codes
such as Turbo codes or Duo-Binary Turbo codes using tail-
biting, LDPC codes, or the like. In many communication
systems and broadcasting systems, a plurality of coding rates
are supported. Encoded data for which error correction codes
whose coding rate is selected from among the plurality of
supported coding rates has been performed is distributed to
two systems. The encoded data having been distributed to the
two systems is modulated in the modulation scheme for sl
and in the modulation scheme for s2 to generate the (mapped)
baseband signals s1(t) and s2(t).

The control signal (9900) is a signal indicating the selected
coding rate for the error correction codes described above.
The power changer (9901B) sets the value u for power change
according to the control signal (9900).

The present invention is characterized in that the power
changer (9901B) sets the value u for power change according
to the selected coding rate indicated by the control signal
(9900). Here, a value for power change set according to a
coding rate rx is referred to as u,,.

For example, when rl is selected as the coding rate, the
power changer (9901B) sets a value for power change to u,,;.
When r2 is selected as the coding rate, the power changer
(9901B) sets a value for power change to u,,. When r3 is
selected as the coding rate, the power changer (9901B) sets a
value for power change to u,5. In this case, for example, by
setting u,.,, u,, and u, so as to be different from one another,
a high error correction capability can be achieved for each
coding rate. Depending on the set coding rate, however, the
effect might not be obtained even if the value for power
change is changed. In such a case, even when the coding rate
is changed, it is unnecessary to change the value for power
change (for example, u,,=u,, may be satisfied. What is impor-
tant is that two or more values exist in u,,, u,, and u,5).

Note that, as examples of rl, r2 and 3 described above,
coding rates 1/2, 2/3 and 3/4 are considered when the error
correction code is the LDPC code.

Although the case of three coding rates is taken as an
example in the above description, the present invention is not
limited to this. The important point is that two or more values
for power change exist when there are two or more coding
rates that can be set, and the transmission device selects any of
the values for power change from among the two or more
values for power change when the coding rate is set, and
performs power change.

Example 3-3

In order for the reception device to achieve excellent data
reception quality, it is important to implement the following.
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The following describes a scheme of setting the average
power (average values) of s1 and s2 according to a modula-
tion scheme used to generate s1 and s2 when the transmission
device supports a plurality of modulation schemes.

Here, as an example, a case where the modulation scheme
for sl is fixed to 16QAM and the modulation scheme for s2 is
changed from 64QAM to QPSK by the control signal (or can
be set to either 64QAM or QPSK) is considered. In a case
where the modulation scheme for s1 is 16QAM, the mapping
scheme for s2(t) is as shown in FIG. 95, and g is represented
by formula 79 in FIG. 95. In a case where the modulation
scheme for s2 is 64QAM, the mapping scheme for s1(t) is as
shown in FIG. 101, and k is represented by formula 85 in FIG.
101. Also, in a case where the modulation scheme for s2(t) is
QPSK, the mapping scheme for s2(t) is as shown in FIG. 96,
and h is represented by formula 78 in FIG. 96.

By performing mapping in this way, the average power in
16QAM becomes equal to the average power in QPSK.

In FIG. 99, the power changer 9901B sets such that u=uy,
when the modulation scheme for s2 is 64QAM, and sets such
that u=u, when the modulation scheme for s2 is QPSK. In this
case, due to the relationship between minimum Euclidian
distances, by setting such that u,<u,, excellent data recep-
tion quality is obtained in the reception device when the
modulation scheme for s2 is either 16QAM or 64QAM.

Note that, in the above description, the modulation scheme
forsl is fixed to 16QAM. When the modulation scheme for s2
is fixed to 16QAM and the modulation scheme for sl is
changed from 64QAM to QPSK (is set to either 64QAM or
QPSK), the relationship u,<ug, should be satisfied (the same
considerations should be made as the example 1-3) (note that
a multiplied value for power change in 64QAM is ug,, a
multiplied value for power change in QPSK is u,, and power
change is not performed in 16QAM). Also, when a set of the
modulation scheme for s1 and the modulation scheme for s2
can be set to any one of a set of 16QAM and 64QAM, a set of
64QAM and 16QAM, aset of 16QAM and QPSK and a set of
QPSK and 16QAM, the relationship u,<ug, should be satis-
fied.

The following describes a case where the above-mentioned
description is generalized.

Let the modulation scheme for s1 be fixed to a modulation
scheme C in which the number of signal points in the I-Q
plane is c. Also, let the modulation scheme for s2 be set to
either a modulation scheme A in which the number of signal
points in the [-Q plane is a or a modulation scheme B in which
the number of signal points in the I-Q plane is b (c>b>a)
(however, let the average power (average value) for s2 in the
modulation scheme A be equal to the average power (average
value) for s2 in the modulation scheme B).

In this case, a value for power change set when the modu-
lation scheme A is set to the modulation scheme for s2 is u,,.
Also, a value for power change set when the modulation
scheme B is set to the modulation scheme for s2 is u,. In this
case, when the relationship u,<u, is satisfied, excellent data
reception quality is obtained in the reception device.

Power change is assumed to be not performed for the fixed
modulation scheme (here, modulation scheme C), and to be
performed for a plurality of modulation schemes that can be
set (here, modulation schemes A and B). When the modula-
tion scheme for s2 is fixed to the modulation scheme C and the
modulation scheme for sl is changed from the modulation
scheme A to the modulation scheme B (is set to either the
modulation schemes A or B), the relationship u,<u,, should be
satisfied. Also, when a set of the modulation scheme for sl
and the modulation scheme for s2 can be setto any one of a set
of the modulation scheme C and the modulation scheme A, a
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set of the modulation scheme A and the modulation scheme
C, a set of the modulation scheme C and the modulation
scheme B and a set of the modulation scheme B and the
modulation scheme C, the relationship u,<u, should be sat-
isfied.

Example 4

The case where power change is performed for one of the
modulation schemes for s1 and s2 has been described above.
The following describes a case where power change is per-
formed for both of the modulation schemes for s1 and s2.

An example of the operation is described using FIG. 100.
Lets1(t) be the (mapped) baseband signal for the modulation
scheme QPSK. The mapping scheme for s1(t) is as shown in
FIG. 96, and h is as represented by formula 78. Also, let s2(t)
be the (mapped) baseband signal for the modulation scheme
16QAM. The mapping scheme for s2(t) is as shown in FIG.
95, and g is as represented by formula 79. Note that t is time.
In the present embodiment, description is made taking the
time domain as an example.

The power changer (9901 A) receives a (mapped) baseband
signal 307 A for the modulation scheme QPSK and the control
signal (9900) as input. Letting a value for power change set
based on the control signal (9900) be v, the power changer
outputs a signal (9902A) obtained by multiplying the
(mapped) baseband signal 307A for the modulation scheme
QPSK by v.

The power changer (9901B) receives a (mapped) baseband
signal 307B for the modulation scheme 16QAM and a control
signal (9900) as input. Letting a value for power change set
based on the control signal (9900) be u, the power changer
outputs a signal (9902B) obtained by multiplying the
(mapped) baseband signal 307B for the modulation scheme
16QAM by u. Then, let u=vxw (w>1.0).

Letting the precoding matrix used in the scheme for regu-
larly performing phase change be F[t], formula 87 shown next
is satisfied.

Letting the precoding matrix used in the scheme for regu-
larly performing phase change on the modulated signal after
precoding be F and the phase changing value used for regu-
larly performing phase change be y(t) (y(t) may be imaginary

number having the absolute value of 1, i.e. ¢j°®, formula 87
shown next is satisfied.
[Math, 87]
z1(D) 1 0 vel® 0 s10) (formula 87)
= Fl
(20)=lo s e o)
:(1 0 ]F(V 0](51(1)]
0 y@® 0 uAs2(0
_(1 0 ]F(V 0 ](sl(t)]
“\o (@) 0 vxw A s2()

Therefore, a ratio of the average power for QPSK to the
average power for 16QAM is set to vi:u*=vi:vixw =1:w".
With this structure, the reception device is in a reception
condition as shown in FIG. 98. Therefore, data reception
quality is improved in the reception device.

In the conventional technology, transmission power con-
trol is generally performed based on feedback information
from a communication partner. The present invention is char-
acterized in that the transmission power is controlled regard-
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less of the feedback information from the communication
partner in the present embodiment. Detailed description is
made on this point.

The above describes that the values v and u for power
change are set based on the control signal (9900). The fol-
lowing describes setting of the values v and u for power
change based on the control signal (9900) in order to improve
data reception quality in the reception device in detail.

Example 4-1

The following describes a scheme of setting the average
power (average values) of s1 and s2 according to a block
length (the number of bits constituting one coded block, and
is also referred to as the code length) for the error correction
codes used to generate sl and s2 when the transmission
device supports a plurality of block lengths for the error
correction codes.

Examples of the error correction codes include block codes
such as Turbo codes or Duo-Binary Turbo codes using tail-
biting, LDPC codes, or the like. In many communication
systems and broadcasting systems, a plurality of block
lengths are supported. Encoded data for which error correc-
tion codes whose block length is selected from among the
plurality of supported block lengths has been performed is
distributed to two systems. The encoded data having been
distributed to the two systems is modulated in the modulation
scheme for s1 and in the modulation scheme for s2 to generate
the (mapped) baseband signals s1(t) and s2(t).

The control signal (9900) is a signal indicating the selected
block length for the error correction codes described above.
The power changer (9901B) sets the value v for power change
according to the control signal (9900). Similarly, the power
changer (9901B) sets the value u for power change according
to the control signal (9900).

The present invention is characterized in that the power
changers (9901 A and 9901B) respectively set the values vand
u for power change according to the selected block length
indicated by the control signal (9900). Here, values for power
change set according to the block length X are referred to as
vy yandu, .

For example, when 1000 is selected as the block length, the
power changer (9901A) sets a value for power change to
V7 1000- When 1500 is selected as the block length, the power
changer (9901A) sets a value for power change to v, 500-
When 3000 is selected as the block length, the power changer
(9901A) sets a value for power change to v, 5400-

On the other hand, when 1000 is selected as the block
length, the power changer (9901B) sets a value for power
change t0 U, ;.- When 1500 is selected as the block length,
the power changer (9901B) sets a value for power change to
Uz ;s00- When 3000 is selected as the block length, the power
changer (9901B) sets a value for power change to U, 540-

In this case, for example, by setting v;,000s Vzis00 and
V73000 SO as to be different from one another, a high error
correction capability can be achieved for each code length.
Similarly, by setting U, 900> Uz;1500 a01d Uz3000 SO as to be
different from one another, a high error correction capability
can be achieved for each code length. Depending on the set
code length, however, the effect might not be obtained even if
the value for power change is changed. In such a case, even
when the code length is changed, it is unnecessary to change
the value for power change (for example, U;,000=U; ; s00 MY
be satisfied, and v;;000=V; 1500 Mmay be satisfied. What is
important is that two or more values exist in a set of v, 500,
V71500 a1d V; 5000, and that two or more values exist in a set of
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U7 10005 Uz 1500 a0d U} 5400). Note that, as described above, v, 5
and u, y are set so as to satisfy the ratio of the average power
1:w2.

Although the case of three code lengths is taken as an
example in the above description, the present invention is not
limited to this. One important point is that two or more values
u, - for power change exist when there are two or more code
lengths that can be set, and the transmission device selects any
of the values for power change from among the two or more
values u; - for power change when the code length is set, and
performs power change. Another important point is that two
or more values v, ,-for power change exist when there are two
or more code lengths that can be set, and the transmission
device selects any of the values for power change from among
the two or more values v, ;- for power change when the code
length is set, and performs power change.

Example 4-2

The following describes a scheme of setting the average
power (average values) of s1 and s2 according to a coding rate
for the error correction codes used to generate s1 and s2 when
the transmission device supports a plurality of coding rates
for the error correction codes.

Examples ofthe error correction codes include block codes
such as Turbo codes or Duo-Binary Turbo codes using tail-
biting, LDPC codes, or the like. In many communication
systems and broadcasting systems, a plurality of coding rates
are supported. Encoded data for which error correction codes
whose coding rate is selected from among the plurality of
supported coding rates has been performed is distributed to
two systems. The encoded data having been distributed to the
two systems is modulated in the modulation scheme for sl
and in the modulation scheme for s2 to generate the (mapped)
baseband signals s1(t) and s2(t).

The control signal (9900) is a signal indicating the selected
coding rate for the error correction codes described above.
The power changer (9901A) sets the value v for power change
according to the control signal (9900). Similarly, the power
changer (9901B) sets the value u for power change according
to the control signal (9900).

The present invention is characterized in that the power
changers (9901 A and 9901B) respectively set the values vand
u for power change according to the selected coding rate
indicated by the control signal (9900). Here, values for power
change set according to the coding rate rx are referred to as v,
andu,,.

For example, when rl is selected as the coding rate, the
power changer (9901A) sets a value for power changetov,,.
When r2 is selected as the coding rate, the power changer
(9901A) sets a value for power change to v,,. When 13 is
selected as the coding rate, the power changer (9901A) sets a
value for power change to v, 5.

Also, when rl is selected as the coding rate, the power
changer (9901B) sets a value for power change to u,.,. When
r2 is selected as the coding rate, the power changer (9901B)
sets a value for power change tou,,. When r3 is selected as the
coding rate, the power changer (9901B) sets a value for power
change to u, ;.

In this case, for example, by setting v,,, v,, and v, so as to
be different from one another, a high error correction capa-
bility can be achieved for each code length. Similarly, by
setting u,,,, u,, and u, 5 so as to be different from one another,
a high error correction capability can be achieved for each
coding rate. Depending on the set coding rate, however, the
effect might not be obtained even if the value for power
change is changed. In such a case, even when the coding rate
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is changed, it is unnecessary to change the value for power
change (for example, v, ,=v,, may be satisfied, and u,,=u,,
may be satisfied. What is important is that two or more values
exist in a set of v,.|, v,, and v,, and that two or more values
existinasetofu, ,u,,andu,;). Note that, as described above,
v,y and u,, are set so as to satisfy the ratio of the average
power 1:w?,

Also, note that, as examples of rl, r2 and r3 described
above, coding rates 1/2, 2/3 and 3/4 are considered when the
error correction code is the LDPC code.

Although the case of three coding rates is taken as an
example in the above description, the present invention is not
limited to this. One important point is that two or more values
u,, for power change exist when there are two or more coding
rates that can be set, and the transmission device selects any of
the values for power change from among the two or more
values u,, for power change when the coding rate is set, and
performs power change. Another important point is that two
or more values v, for power change exist when there are two
or more coding rates that can be set, and the transmission
device selects any of the values for power change from among
the two or more values v, for power change when the coding
rate is set, and performs power change.

Example 4-3

In order for the reception device to achieve excellent data
reception quality, it is important to implement the following.

The following describes a scheme of setting the average
power (average values) of s1 and s2 according to a modula-
tion scheme used to generate s1 and s2 when the transmission
device supports a plurality of modulation schemes.

Here, as an example, a case where the modulation scheme
for s1 is fixed to QPSK and the modulation scheme for s2 is
changed from 16QAM to 64QAM by the control signal (or
can be set to either 16QAM or 64QAM) is considered. In a
case where the modulation scheme for s1 is QPSK, the map-
ping scheme for s1(t) is as shown in FIG. 96, and h is repre-
sented by formula 78 in FIG. 96. In a case where the modu-
lation scheme for s2 is 16QAM, the mapping scheme for s2(t)
is as shown in FIG. 95, and g is represented by formula 79 in
FIG. 95. Also, in a case where the modulation scheme for s2(t)
is 64QAM, the mapping scheme for s2(t) is as shown in FIG.
101, and k is represented by formula 85 in FIG. 101.

In FIG. 100, when the modulation scheme for s1 is QPSK
and the modulation scheme for s2 is 16QAM, assume that
v=c. and u=oxw 4. In this case, the ratio between the average
power of QPSK and the average power of 16QAM is
viut=atio?xw, o=1iw,

In FIG. 100, when the modulation scheme for s1 is QPSK
and the modulation scheme for s2 is 64QAM, assume that
v=f and u=pxw,. In this case, the ratio between the average
power of QPSK and the average power of 64QAM is v:u=p:
B*xwe, =1:ws,”. In this case, according to the minimum
Euclidean distance relationship, the reception device
achieves high data reception quality when 1.0<w, ,<wg,,
regardless of whether the modulation scheme for s2 is
16QAM or 64QAM.

Note that although “the modulation scheme for s1 is fixed
to QPSK” in the description above, it is possible that “the
modulation scheme for s2 is fixed to QPSK”. In this case,
power change is assumed to be not performed for the fixed
modulation scheme (here, QPSK), and to be performed for a
plurality of modulation schemes that can be set (here,
16QAM and 64QAM). When the fixed modulation scheme
(here, QPSK) is set to s2, the following formula 88 is satisfied.
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[Math. 88]
(zl(t)]_(l 0 ]F uef® 0 (51(1)]
20) 70y 0 ved \s20)
( 0 ]F(u 0](51([)]

(@) 0 v As2(0
( 0 ] (vxw 0](51([)]

F
(@) 0 v As2(0

Given that, even when “the modulation scheme for s2 is
fixed to QPSK and the modulation scheme for s1 is changed
from 16QAM to 64QAM (set to either 16QAM or 64QAM)”,
1.0<w, <w, should be fulfilled. (Note that the value used for
the multiplication for the power change in the case of 16QAM
is u=0xw ., the value used for the multiplication for the
power change in the case of 64QAM is u=Pxw,, the value
used for the power change in the case of QPSK is v=a when
the selectable modulation scheme is 16QAM and v= when
the selectable modulation scheme is 64QAM.) Also, when the
set of (the modulation scheme for s1, the modulation scheme
for s2) is selectable from the sets of (QPSK, 16QAM),
(16QAM, QPSK), (QPSK, 64QAM) and (64QAM, QPSK),
1.0<w, <w, should be fulfilled.

The following describes a case where the above-mentioned
description is generalized.

For generalization, assume that the modulation scheme for
s1 is fixed to a modulation scheme C with which the number
of signal points in the I-Q plane is c. Also assume that the
modulation scheme for s2 is selectable from a modulation
scheme A with which the number of signal points in the I-Q
plane is a and a modulation scheme B with which the number
of signal points in the I-Q plane is b (a>b>c). In this case,
when the modulation scheme for s2 is set to the modulation
scheme A, assume that ratio between the average power of the
modulation scheme for s1, which is the modulation scheme
C, and the average power of the modulation scheme for s2,
which is the modulation scheme A, is 1:w_?. Also, when the
modulation scheme for s2 is set to the modulation scheme B,
assume that ratio between the average power of the modula-
tion scheme for s1, which is the modulation scheme C, and the
average power of the modulation scheme for s2, which is the
modulation scheme B, is 1:w,>. If this is the case, the recep-
tion device achieves a high data reception quality when
w,<w,, is fulfilled.

Note that although “the modulation scheme for s1 is fixed
to C” in the description above, even when “the modulation
scheme for s2 is fixed to the modulation scheme C and the
modulation scheme for sl is changed from the modulation
scheme A to the modulation scheme B (set to either the
modulation scheme A or the modulation scheme B), the aver-
age powers should fulfill w,<w,,. (If this is the case, as with
the description above, when the average power of the modu-
lation scheme C is 1, the average power of the modulation
scheme A is w2, and the average power of the modulation
scheme B is w,.) Also, when the set of (the modulation
scheme for s1, the modulation scheme for s2) is selectable
from the sets of (the modulation scheme C, the modulation
scheme A), (the modulation scheme A, the modulation
scheme C), (the modulation scheme C, the modulation
scheme B) and (the modulation scheme B, the modulation
scheme C), the average powers should fulfill w,<w,,.

(formula 88)

1
0
1
0

Example 5

The following describes an example of the operation dif-
ferent from that described in Example 4, using FIG. 100. Let
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s1(t) be the (mapped) baseband signal for the modulation
scheme 64QAM. The mapping scheme fors1(t) is as shownin
FIG. 86, and k is as represented by formula 85. Also, let s2(t)
be the (mapped) baseband signal for the modulation scheme
16QAM. The mapping scheme for s2(t) is as shown in FIG.
95, and g is as represented by formula 79. Note that t is time.
In the present embodiment, description is made taking the
time domain as an example.

The power changer (9901A) receives a (mapped) baseband
signal 307A for the modulation scheme 64QAM and the
control signal (9900) as input. Letting a value for power
change set based on the control signal (9900) be v, the power
changer outputs a signal (9902 A) obtained by multiplying the
(mapped) baseband signal 307A for the modulation scheme
64QAM by v.

The power changer (9901B) receives a (mapped) baseband
signal 307B for the modulation scheme 16QAM and a control
signal (9900) as input. Letting a value for power change set
based on the control signal (9900) be u, the power changer
outputs a signal (9902B) obtained by multiplying the
(mapped) baseband signal 307B for the modulation scheme
16QAM by u. Then, let u=vxw (w<1.0).

Letting the precoding matrix used in the scheme for regu-
larly performing phase change on the modulated signal after
precoding be F and the phase changing value used for regu-
larly performing phase change be y(t) (y(t) may be imaginary
number having the absolute value of 1, i.e. ¢j°?, formula 87
shown above is satisfied.

Therefore, a ratio of the average power for 64QAM to the
average power for 16QAM is set to viu=vi:vixw=1:w>.
With this structure, the reception device is in a reception
condition as shown in FIG. 98. Therefore, data reception
quality is improved in the reception device.

In the conventional technology, transmission power con-
trol is generally performed based on feedback information
from a communication partner. The present invention is char-
acterized in that the transmission power is controlled regard-
less of the feedback information from the communication
partner in the present embodiment. Detailed description is
made on this point.

The above describes that the values v and u for power
change are set based on the control signal (9900). The fol-
lowing describes setting of the values v and u for power
change based on the control signal (9900) in order to improve
data reception quality in the reception device in detail.

Example 5-1

The following describes a scheme of setting the average
power (average values) of s1 and s2 according to a block
length (the number of bits constituting one coded block, and
is also referred to as the code length) for the error correction
codes used to generate sl and s2 when the transmission
device supports a plurality of block lengths for the error
correction codes.

Examples of the error correction codes include block codes
such as Turbo codes or Duo-Binary Turbo codes using tail-
biting, LDPC codes, or the like. In many communication
systems and broadcasting systems, a plurality of block
lengths are supported. Encoded data for which error correc-
tion codes whose block length is selected from among the
plurality of supported block lengths has been performed is
distributed to two systems. The encoded data having been
distributed to the two systems is modulated in the modulation
scheme for s1 and in the modulation scheme for s2 to generate
the (mapped) baseband signals s1(t) and s2(t).
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The control signal (9900) is a signal indicating the selected
block length for the error correction codes described above.
The power changer (9901B) sets the value v for power change
according to the control signal (9900). Similarly, the power
changer (9901B) sets the value u for power change according
to the control signal (9900).

The present invention is characterized in that the power
changers (9901 A and 9901B) respectively set the values vand
u for power change according to the selected block length
indicated by the control signal (9900). Here, values for power
change set according to the block length X are referred to as
vy yandu, .

For example, when 1000 is selected as the block length, the
power changer (9901A) sets a value for power change to
V7 1000- When 1500 is selected as the block length, the power
changer (9901A) sets a value for power change to v, 5q0-
When 3000 is selected as the block length, the power changer
(9901A) sets a value for power change to v;5400-

On the other hand, when 1000 is selected as the block
length, the power changer (9901B) sets a value for power
change to u; | 5q0- When 1500 is selected as the block length,
the power changer (9901B) sets a value for power change to
Uz s00- When 3000 is selected as the block length, the power
changer (9901B) sets a value for power change to U, 550-

In this case, for example, by setting v;;000, V71500 and
V73000 5O as to be different from one another, a high error
correction capability can be achieved for each code length.
Similarly, by setting U; 40, Uz 500 ald Uz 5000 SO as to be
different from one another, a high error correction capability
can be achieved for each code length. Depending on the set
code length, however, the effect might not be obtained even if
the value for power change is changed. In such a case, even
when the code length is changed, it is unnecessary to change
the value for power change (for example, U, o00=U; ; s0o MAY
be satisfied, and v;;000=V; ;500 Mmay be satisfied. What is
important is that two or more values exist in a set of v; 500,
V71500 a1d V; 5400, and that two or more values exist in a set of
Uz 1000 Uz 1500 a0 Uy 5000)- Note that, as described above, v,
and u, ,-are set so as to satisfy the ratio of the average power
1:w?.

Although the case of three code lengths is taken as an
example in the above description, the present invention is not
limited to this. One important point is that two or more values
u; 5 for power change exist when there are two or more code
lengths that can be set, and the transmission device selects any
of the values for power change from among the two or more
values u, - for power change when the code length is set, and
performs power change. Another important point is that two
or more values v, - for power change exist when there are two
or more code lengths that can be set, and the transmission
device selects any of the values for power change from among
the two or more values v, for power change when the code
length is set, and performs power change.

Example 5-2

The following describes a scheme of setting the average
power (average values) of s1 and s2 according to a coding rate
for the error correction codes used to generate s1 and s2 when
the transmission device supports a plurality of coding rates
for the error correction codes.

Examples ofthe error correction codes include block codes
such as Turbo codes or Duo-Binary Turbo codes using tail-
biting, LDPC codes, or the like. In many communication
systems and broadcasting systems, a plurality of coding rates
are supported. Encoded data for which error correction codes
whose coding rate is selected from among the plurality of
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supported coding rates has been performed is distributed to
two systems. The encoded data having been distributed to the
two systems is modulated in the modulation scheme for sl
and in the modulation scheme for s2 to generate the (mapped)
baseband signals s1(t) and s2(t).

The control signal (9900) is a signal indicating the selected
coding rate for the error correction codes described above.
The power changer (9901A) sets the value v for power change
according to the control signal (9900). Similarly, the power
changer (9901B) sets the value u for power change according
to the control signal (9900).

The present invention is characterized in that the power
changers (9901 A and 9901B) respectively set the values vand
u for power change according to the selected coding rate
indicated by the control signal (9900). Here, values for power
change set according to the coding rate rx are referred to as v,
and u,,.

For example, when rl is selected as the coding rate, the
power changer (9901A) sets a value for power change tov,,,.
When r2 is selected as the coding rate, the power changer
(9901A) sets a value for power change to v,,. When 13 is
selected as the coding rate, the power changer (9901A) sets a
value for power change to v, 5.

Also, when rl is selected as the coding rate, the power
changer (9901B) sets a value for power change to u,.,. When
12 is selected as the coding rate, the power changer (9901B)
sets a value for power change tou,,. When 3 is selected as the
coding rate, the power changer (9901B) sets a value for power
change to u, ;.

In this case, for example, by setting v,,, v, and v, 5 so as to
be different from one another, a high error correction capa-
bility can be achieved for each code length. Similarly, by
setting u,,,, u,, and u, 5 so as to be different from one another,
a high error correction capability can be achieved for each
coding rate. Depending on the set coding rate, however, the
effect might not be obtained even if the value for power
change is changed. In such a case, even when the coding rate
is changed, it is unnecessary to change the value for power
change (for example, v,,=v,, may be satisfied, and u,,=u,,
may be satisfied. What is important is that two or more values
exist in a set of v,.|, v,, and v,, and that two or more values
existinasetofu,,,u,,andu,;). Note that, as described above,
v,y and u,,- are set so as to satisfy the ratio of the average
power 1:w>,

Also, note that, as examples of rl, r2 and r3 described
above, coding rates Y5, %5 and ¥4 are considered when the
error correction code is the LDPC code.

Although the case of three coding rates is taken as an
example in the above description, the present invention is not
limited to this. One important point is that two or more values
u, . for power change exist when there are two or more coding
rates that can be set, and the transmission device selects any of
the values for power change from among the two or more
values u,, for power change when the coding rate is set, and
performs power change. Another important point is that two
or more values v, for power change exist when there are two
or more coding rates that can be set, and the transmission
device selects any of the values for power change from among
the two or more values v, ;- for power change when the coding
rate is set, and performs power change.

Example 5-3

In order for the reception device to achieve excellent data
reception quality, it is important to implement the following.
The following describes a scheme of setting the average
power (average values) of s1 and s2 according to a modula-
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tion scheme used to generate s1 and s2 when the transmission
device supports a plurality of modulation schemes.

Here, as an example, a case where the modulation scheme
for s1 is fixed to 64QAM and the modulation scheme fors2 is
changed from 16QAM to QPSK by the control signal (or can
be set to either 16QAM or QPSK) is considered. In a case
where the modulation scheme for s1 is 64QAM, the mapping
scheme fors1(t) is as shown in FIG. 101, and k is represented
by formula 85 in FIG. 101. In a case where the modulation
scheme for 52 is 16QAM, the mapping scheme for s2(t) is as
shown in FIG. 95, and g is represented by formula 79 in FIG.
95. Also, in a case where the modulation scheme for s2(t) is
QPSK, the mapping scheme for s2(t) is as shown in FIG. 96,
and h is represented by formula 78 in FIG. 96.

In FIG. 100, when the modulation scheme for s1 is 64QAM
and the modulation scheme for s2 is 16QAM, assume that
v=c. and u=oxw . In this case, the ratio between the average
power of 64QAM and the average power of 16QAM is
virr=oio?xw, s =1:w, 7

In FIG. 100, when the modulation scheme for s1 is 64QAM
and the modulation scheme for s2 is QPSK, assume that v=0
and u=pxw,. Inthis case, the ratio between the average power
of 64QAM and the average power of QPSK is vZ:u*=p>:x
w,>=1:w,2. In this case, according to the minimum Euclidean
distance relationship, the reception device achieves a high
data reception quality when w,<w,<1.0, regardless of
whether the modulation scheme for s2 is 16QAM or QPSK.

Note that although “the modulation scheme for s1 is fixed
to 64QAM” in the description above, it is possible that “the
modulation scheme for s2 is fixed to 64QAM and the modu-
lation scheme for s1 is changed from 16QAM to QPSK (set to
either 16QAM or QPSK)”, w,<w, <1.0 should be fulfilled.
(The same as described in Example 4-3). (Note that the value
used for the multiplication for the power change in the case of
16QAM is u=axw 4, the value used for the multiplication for
the power change in the case of QPSK is u=pxw,, the value
used for the power change in the case of 64QAM is v=a when
the selectable modulation scheme is 16QAM and v= when
the selectable modulation scheme is QPSK). Also, when the
set of (the modulation scheme for s1, the modulation scheme
for s2) is selectable from the sets of (64QAM, 16QAM),
(16QAM, 64QAM), (64QAM, QPSK) and (QPSK,
64QAM), w,<w,<1.0 should be fulfilled.

The following describes a case where the above-mentioned
description is generalized.

For generalization, assume that the modulation scheme for
s1 is fixed to a modulation scheme C with which the number
of signal points in the I-Q plane is c. Also assume that the
modulation scheme for s2 is selectable from a modulation
scheme A with which the number of signal points in the I-Q
plane is a and a modulation scheme B with which the number
of signal points in the I-Q plane is b (c>b>a). In this case,
when the modulation scheme for s2 is set to the modulation
scheme A, assume that ratio between the average power of the
modulation scheme for s1, which is the modulation scheme
C, and the average power of the modulation scheme for s2,
which is the modulation scheme A, is 1:w . Also, when the
modulation scheme for s2 is set to the modulation scheme B,
assume that ratio between the average power of the modula-
tion scheme for s1, which is the modulation scheme C, and the
average power of the modulation scheme for s2, which is the
modulation scheme B, is 1:w,2. If this is the case, the recep-
tion device achieves a high data reception quality when
w,<w,, is fulfilled.

Note that although “the modulation scheme for s1 is fixed
to C” in the description above, even when “the modulation
scheme for s2 is fixed to the modulation scheme C and the
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modulation scheme for sl is changed from the modulation
scheme A to the modulation scheme B (set to either the
modulation scheme A or the modulation scheme B), the aver-
age powers should fulfill w,<w,. (If this is the case, as with
the description above, when the average power of the modu-
lation scheme is C, the average power of the modulation
scheme A is w2, and the average power of the modulation
scheme B is w,?.) Also, when the set of (the modulation
scheme for s1, the modulation scheme for s2) is selectable
from the sets of (the modulation scheme C, the modulation
scheme A), (the modulation scheme A, the modulation
scheme C), (the modulation scheme C, the modulation
scheme B) and (the modulation scheme B, the modulation
scheme C), the average powers should fulfill w_,<w,.

Example 6

The following describes an example of the operation dif-
ferent from that described in Example 4, using FIG. 100. Let
s1(t) be the (mapped) baseband signal for the modulation
scheme 16QAM. The mapping scheme fors1(t) is as shownin
FIG. 101, and g is as represented by formula 79. Let s2(t) be
the (mapped) baseband signal for the modulation scheme
64QAM. The mapping scheme for s2(t) is as shown in FIG.
101, and k is as represented by formula 85. Note that t is time.
In the present embodiment, description is made taking the
time domain as an example.

The power changer (9901A) receives a (mapped) baseband
signal 307A for the modulation scheme 16QAM and the
control signal (9900) as input. Letting a value for power
change set based on the control signal (9900) be v, the power
changer outputs a signal (9902 A) obtained by multiplying the
(mapped) baseband signal 307A for the modulation scheme
16QAM by v.

The power changer (9901B) receives a (mapped) baseband
signal 307B for the modulation scheme 64QAM and a control
signal (9900) as input. Letting a value for power change set
based on the control signal (9900) be u, the power changer
outputs a signal (9902B) obtained by multiplying the
(mapped) baseband signal 307B for the modulation scheme
64QAM by u. Then, let u=vxw (w<1.0).

Letting the precoding matrix used in the scheme for regu-
larly performing phase change on the modulated signal after
precoding be F and the phase changing value used for regu-
larly performing phase change be y(t) (y(t) may be imaginary
number having the absolute value of 1, i.e. j°®, formula 87
shown above is satisfied.

Therefore, a ratio of the average power for 64QAM to the
average power for 16QAM is set to viu=vi:vixw=1:w>.
With this structure, the reception device is in a reception
condition as shown in FIG. 98. Therefore, data reception
quality is improved in the reception device.

In the conventional technology, transmission power con-
trol is generally performed based on feedback information
from a communication partner. The present invention is char-
acterized in that the transmission power is controlled regard-
less of the feedback information from the communication
partner in the present embodiment. Detailed description is
made on this point.

The above describes that the values v and u for power
change are set based on the control signal (9900). The fol-
lowing describes setting of the values v and u for power
change based on the control signal (9900) in order to improve
data reception quality in the reception device in detail.

Example 6-1

The following describes a scheme of setting the average
power (average values) of s1 and s2 according to a block
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length (the number of bits constituting one coded block, and
is also referred to as the code length) for the error correction
codes used to generate sl and s2 when the transmission
device supports a plurality of block lengths for the error
correction codes.

Examples ofthe error correction codes include block codes
such as Turbo codes or Duo-Binary Turbo codes using tail-
biting, LDPC codes, or the like. In many communication
systems and broadcasting systems, a plurality of block
lengths are supported. Encoded data for which error correc-
tion codes whose block length is selected from among the
plurality of supported block lengths has been performed is
distributed to two systems. The encoded data having been
distributed to the two systems is modulated in the modulation
scheme for s1 and in the modulation scheme for s2 to generate
the (mapped) baseband signals s1(t) and s2(t).

The control signal (9900) is a signal indicating the selected
block length for the error correction codes described above.
The power changer (9901B) sets the value v for power change
according to the control signal (9900). Similarly, the power
changer (9901B) sets the value u for power change according
to the control signal (9900).

The present invention is characterized in that the power
changers (9901 A and 9901B) respectively set the values vand
u for power change according to the selected block length
indicated by the control signal (9900). Here, values for power
change set according to the block length X are referred to as
vy yandu, .

For example, when 1000 is selected as the block length, the
power changer (9901A) sets a value for power change to
V7 1000- When 1500 is selected as the block length, the power
changer (9901A) sets a value for power change to v, 5q0-
When 3000 is selected as the block length, the power changer
(9901A) sets a value for power change to v;5400-

On the other hand, when 1000 is selected as the block
length, the power changer (9901B) sets a value for power
change 10 U, ;00 When 1500 is selected as the block length,
the power changer (9901B) sets a value for power change to
Uz s00- When 3000 is selected as the block length, the power
changer (9901B) sets a value for power change to U, 550-

In this case, for example, by setting v;;000, V71500 and
V73000 5O as to be different from one another, a high error
correction capability can be achieved for each code length.
Similarly, by setting U; 000> Uz1500 a0d U300 SO as to be
different from one another, a high error correction capability
can be achieved for each code length. Depending on the set
code length, however, the effect might not be obtained even if
the value for power change is changed. In such a case, even
when the code length is changed, it is unnecessary to change
the value for power change (for example, U, o00=U; ; s0o MAY
be satisfied, and v;;000=V; ;500 Mmay be satisfied. What is
important is that two or more values exist in a set of v; 500,
V71500 a1d V; 5400, and that two or more values exist in a set of
Uz 1000 Uz 1500 a0 Uy 5000)- Note that, as described above, v,
and u, ,-are set so as to satisfy the ratio of the average power
1:w?.

Although the case of three code lengths is taken as an
example in the above description, the present invention is not
limited to this. One important point is that two or more values
u; 5 for power change exist when there are two or more code
lengths that can be set, and the transmission device selects any
of the values for power change from among the two or more
values u, - for power change when the code length is set, and
performs power change. Another important point is that two
or more values v, - for power change exist when there are two
or more code lengths that can be set, and the transmission
device selects any of the values for power change from among
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the two or more values v, ;- for power change when the code
length is set, and performs power change.

Example 6-2

The following describes a scheme of setting the average
power of s1 and s2 according to a coding rate for the error
correction codes used to generate sl and s2 when the trans-
mission device supports a plurality of coding rates for the
error correction codes.

Examples of the error correction codes include block codes
such as Turbo codes or Duo-Binary Turbo codes using tail-
biting, LDPC codes, or the like. In many communication
systems and broadcasting systems, a plurality of coding rates
are supported. Encoded data for which error correction codes
whose coding rate is selected from among the plurality of
supported coding rates has been performed is distributed to
two systems. The encoded data having been distributed to the
two systems is modulated in the modulation scheme for sl
and in the modulation scheme for s2 to generate the (mapped)
baseband signals s1(t) and s2(t).

The control signal (9900) is a signal indicating the selected
coding rate for the error correction codes described above.
The power changer (9901A) sets the value v for power change
according to the control signal (9900). Similarly, the power
changer (9901B) sets the value u for power change according
to the control signal (9900).

The present invention is characterized in that the power
changers (9901 A and 9901B) respectively set the values vand
u for power change according to the selected coding rate
indicated by the control signal (9900). Here, values for power
change set according to the coding rate rx are referred to as v,
andu, .

For example, when rl is selected as the coding rate, the
power changer (9901A) sets a value for power change tov,,,.
When r2 is selected as the coding rate, the power changer
(9901A) sets a value for power change to v,,. When r3 is
selected as the coding rate, the power changer (9901A) sets a
value for power change to v, 5.

Also, when rl is selected as the coding rate, the power
changer (9901B) sets a value for power change to u,.,. When
12 is selected as the coding rate, the power changer (9901B)
sets a value for power change tou,,. When 3 is selected as the
coding rate, the power changer (9901B) sets a value for power
change to u, ;.

In this case, for example, by setting v,., v,, and v, so as to
be different from one another, a high error correction capa-
bility can be achieved for each code length. Similarly, by
setting u,,,, u,, and u, 5 so as to be different from one another,
a high error correction capability can be achieved for each
coding rate. Depending on the set coding rate, however, the
effect might not be obtained even if the value for power
change is changed. In such a case, even when the coding rate
is changed, it is unnecessary to change the value for power
change (for example, v,,=v,, may be satisfied, and u,,=u,,
may be satisfied. What is important is that two or more values
exist in a set of v,.|, v,, and v,, and that two or more values
existinasetofu,,,u,,andu,;). Note that, as described above,
v,y and u,,- are set so as to satisfy the ratio of the average
power 1:w>,

Also, note that, as examples of rl, r2 and r3 described
above, coding rates Y5, %5 and ¥4 are considered when the
error correction code is the LDPC code.

Although the case of three coding rates is taken as an
example in the above description, the present invention is not
limited to this. One important point is that two or more values
u, . for power change exist when there are two or more coding
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rates that can be set, and the transmission device selects any of
the values for power change from among the two or more
values u,, for power change when the coding rate is set, and
performs power change. Another important point is that two
or more values v, for power change exist when there are two
or more coding rates that can be set, and the transmission
device selects any of the values for power change from among
the two or more values v, for power change when the coding
rate is set, and performs power change.

Example 6-3

In order for the reception device to achieve excellent data
reception quality, it is important to implement the following.

The following describes a scheme of setting the average
power (average values) of s1 and s2 according to a modula-
tion scheme used to generate s1 and s2 when the transmission
device supports a plurality of modulation schemes.

Here, as an example, a case where the modulation scheme
for s1 is fixed to 16QAM and the modulation scheme fors2 is
changed from 64QAM to QPSK by the control signal (or can
be set to either 16QAM or QPSK) is considered. In a case
where the modulation scheme for s1 is 16QAM, the mapping
scheme for s1(t) is as shown in FIG. 95, and g is represented
by formula 79 in FIG. 95. In a case where the modulation
scheme for s2 is 64QAM, the mapping scheme for s2(t) is as
shown in FIG. 101, and k is represented by formula 85 in FIG.
101. Also, in a case where the modulation scheme for s2(t) is
QPSK, the mapping scheme for s2(t) is as shown in FIG. 96,
and h is represented by formula 78 in FIG. 96.

In FIG. 100, when the modulation scheme for s1 is 16QAM
and the modulation scheme for s2 is 64QAM, assume that
v=a. and u=oxw,. In this case, the ratio between the average
power of 64QAM and the average power of 16QAM is
viut=atio?xwe, = 1w,

In FIG. 100, when the modulation scheme for s1 is 16QAM
and the modulation scheme for s2 is QPSK, assume that v=0
and u=pxw,. Inthis case, the ratio between the average power
of 64QAM and the average power of QPSK is vZ:u*=p%:px
w,>=1:w,2. In this case, according to the minimum Euclidean
distance relationship, the reception device achieves a high
data reception quality when w,<w,,, regardless of whether
the modulation scheme for s2 is 64QAM or QPSK.

Note that although “the modulation scheme for s1 is fixed
to 16QAM” in the description above, it is possible that “the
modulation scheme for s2 is fixed to 16QAM and the modu-
lation scheme for s1 is changed from 64QAM to QPSK (set to
either 16QAM or QPSK)”, w,<w64 should be fulfilled. (The
same as described in Example 4-3). (Note that the value used
for the multiplication for the power change in the case of
16QAM is u=axw | 4, the value used for the multiplication for
the power change in the case of QPSK is u=fxw,, the value
used for the power change in the case of 64QAM is v=a when
the selectable modulation scheme is 16QAM and v= when
the selectable modulation scheme is QPSK). Also, when the
set of (the modulation scheme for s1, the modulation scheme
for s2) is selectable from the sets of (16QAM, 64QAM),
(64QAM, 16QAM), (16QAM, QPSK) and (QPSK,
16QAM), w,<w, should be fulfilled.

The following describes a case where the above-mentioned
description is generalized.
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For generalization, assume that the modulation scheme for
sl is fixed to a modulation scheme C with which the number
of signal points in the I-Q plane is c. Also assume that the
modulation scheme for s2 is selectable from a modulation
scheme A with which the number of signal points in the [-Q
plane is a and a modulation scheme B with which the number
of signal points in the I-Q plane is b (c>b>a). In this case,
when the modulation scheme for s2 is set to the modulation
scheme A, assume that ratio between the average power of the
modulation scheme for s1, which is the modulation scheme
C, and the average power of the modulation scheme for s2,
which is the modulation scheme A, is 1:w 2. Also, when the
modulation scheme for s2 is set to the modulation scheme B,
assume that ratio between the average power of the modula-
tion scheme for s1, which is the modulation scheme C, and the
average power of the modulation scheme for s2, which is the
modulation scheme B, is 1:w,2. If this is the case, the recep-
tion device achieves a high data reception quality when
w,<w,, is fulfilled.

Note that although “the modulation scheme for s1 is fixed
to C” in the description above, even when “the modulation
scheme for s2 is fixed to the modulation scheme C and the
modulation scheme for sl is changed from the modulation
scheme A to the modulation scheme B (set to either the
modulation scheme A or the modulation scheme B), the aver-
age powers should fulfill w,<w,. (If this is the case, as with
the description above, when the average power of the modu-
lation scheme is C, the average power of the modulation
scheme A is w5, and the average power of the modulation
scheme B is w,.) Also, when the set of (the modulation
scheme for s1 and the modulation scheme for s2) is selectable
from the sets of (the modulation scheme C and the modulation
scheme A), (the modulation scheme A and the modulation
scheme C), (the modulation scheme C and the modulation
scheme B) and (the modulation scheme B and the modulation
scheme C), the average powers should fulfill w,<w,.

In the present description including “Embodiment 17, and
so on, the power consumption by the transmission device can
be reduced by setting a=1 in the formula 36 representing the
precoding matrices used for the scheme for regularly chang-
ing the phase. This is because the average power of z1 and the
average power of z2 are the same even when “the average
power (average value) of s1 and the average power (average
value) of s2 are set to be different when the modulation
scheme for s1 and the modulation scheme for s2 are differ-
ent”, and setting a=1 does not result in increasing the PAPR
(Peak-to-Average Power Ratio) of the transmission power
amplifier provided in the transmission device.

However, even when a=1, there are some precoding matri-
ces that can be used with the scheme that regularly changes
the phase and have limited influence to PAPR. For example,
when the precoding matrices represented by formula 36 in
Embodiment 1 are used to achieve the scheme for regularly
changing the phase, the precoding matrices have limited
influence to PAPR even when a=1.

Operations of the Reception Device

Subsequently, explanation is provided of the operations of
the reception device. Explanation of the reception device has
already been provided in Embodiment 1 and so on, and the
structure of the reception device is illustrated in FIGS. 7, 8, 9,
86, 87 and 88, for instance

According to the relation illustrated in FIG. 5, when the
transmission device transmits modulated signals as intro-
duced in FIGS. 99 and 100, one relation among the two
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relations denoted by the two formulas below is satisfied. Note
that in the two formulas below, r1(t) and r2(t) indicate recep-
tion signals, and h11(t), h12(t), h21(t), and h22(t) indicate
channel fluctuation values.

In the case of Example 1, Example 2 and Example 3, the

following relationship shown in formula 89 is derived from
FIG. 5.

Math. 89]
( rl(o) ] ALL(D) A12(0)Y( z1() ] (formula 89)
r2(n) R21(0) h22(0) \ 22(0)
Bl AL2(D) 0 ]F 00 (51(1)]
h22(1) y(@) 0 uel® \s2(0)

(
(th(l)
-
-

I
Lo
I
I

ALl A12()y 1 O 1 0y sl
LD 20 N0 @ ]F(O u](SZ(I)]
ALl A12()y 1 O s1(r)

R21(r) K220 N0 y(@) ]F( usZ(l‘)]

Also, as explained in Example 1, Example 2, and Example
3, the relationship may be as shown in formula 90 below:

[Math. 90]
rl(o) ALL(D) A12(0)Y( z1() (formula 90)
( r2(0) ] (th(z) 122(0) ]( 22(1) ]
(M@ A0 0 N ue®® 0 Vsl
_(hzm) hzzm]( y(t)] 0 e (52(1)]
BRI BI20)Y 1 O o 0y sl@
(hzm) h22(t)](0 y(t)] (0 1](52(1)]
BRI BI20)Y 1 O usl(n)
(h21(t) 102(0) ]( 0 30 ]F( 20 ]

The reception device performs demodulation (detection)
(i.e. estimates the bits transmitted by the transmission device)
by using the relationships described above (in the same man-
ner as described in Embodiment 1 and so on).

In the case of Example 4, Example 5 and Example 6, the
following relationship shown in formula 91 is derived from
FIG. 5.

[Math. 91]
rl(o) ALL(D) A12(0)Y( z1() (formula 91)
( r2(n) ] (hZI(t) h22(1) ]( 2(0) ]
_(hll(t) hlZ(t)]( ]F[ve"’ 0 ]51(1)]
R21(0) h22(r) y(2) uet® N\ s2(0)
hll@ h2m Yy 1 sL
:(hZI(t) hzzm](o y(t) ]F(o vxw](sZ(t)]
hll@ k2@ 1 vsl()
= (hzm) h22() ]( 0 y(t) ]F( us2(t) ]
(hll(t) h12(t)](1 ]F( vsl(n) ]
R21(r) K220 N0 y(@) VX wXs2(1)

Also, as explained in Example 3, Example 4, and Example
5, the relationship may be as shown in formula 92 below:
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[Math. 92]
rl(o ALL() K12() Y zl(D)
(rZ(t) ] - (hzm) 220 ](22(1) ]
(hll(t) hlZ(t)]( ]F[uefo 0 ]51(1)]
m21(r) h22(0) y(2) vel® [ s2(0)
AlLL(D) Al2(n)Yf 1 vxw 0Y sl®)
=(h21(1‘) hZZ(l‘)](O y(t) ]F( V](SZ(I)]
(hll([) h12(1) ](1 ]F( usl(t)]
1) h22() N0 y(t) vs2(1)
(hll(t) hlZ(l‘)](l ]F(vstl(t)]
1) 20O N0 y@ vs2(1)

The reception device performs demodulation (detection)
(i.e. estimates the bits transmitted by the transmission device)
by using the relationships described above (in the same man-
ner as described in Embodiment 1 and so on).

Note that although Examples 1 through 6 show the case
where the power changer is added to the transmission device,
the power change may be performed at the stage of mapping.

As described in Example 1, Example 2, and Example 3,
and as particularly shown in formula 89, the mapper 306B in
FIG. 3 and FIG. 4 may output uxs2(t), and the power changer
may be omitted in such cases. Ifthis is the case, it can be said
that the scheme for regularly changing the phase is applied to
the signal s1(t) after the mapping and the signal uxs2(t) after
the mapping, the modulated signal after precoding.

As described in Example 1, Example 2, and Example 3,
and as particularly shown in formula 90, the mapper 306A in
FIG. 3 and FIG. 4 may output uxs1(t), and the power changer
may be omitted in such cases. Ifthis is the case, it can be said
that the scheme for regularly changing the phase is applied to
the signal s2(t) after the mapping and the signal uxs1(t) after
the mapping, the modulated signal after precoding.

In Example 4, Example 5, and Example 6, as particularly
shown in formula 91, the mapper 306 A in FIG. 3 and FIG. 4
may output vxs1(t), and the mapper 306B may output uxs2(t),
and the power changer may be omitted in such cases. If this is
the case, it can be said that the scheme for regularly changing
the phase is applied to the signal vxsl(t) after the mapping
and the signal uxs2(t) after the mapping, the modulated sig-
nals after precoding.

In Example 4, Example 5, and Example 6, as particularly
shown in formula 92, the mapper 306 A in FIG. 3 and FIG. 4
may output uxs1(t), and the mapper 306B may output vxs2(t),
and the power changer may be omitted in such cases. If this is
the case, it can be said that the scheme for regularly changing
the phase is applied to the signal uxs1(t) after the mapping
and the signal vxs2(t) after the mapping, the modulated sig-
nals after precoding.

Note that F shown in formulas 89 through 92 denotes
precoding matrices used at time t, and y(t) denotes phase
changing values. The reception device performs demodula-
tion (detection) by using the relationships between r1(t), r2(t)
and sl(t), s2(t) described above (in the same manner as
described in Embodiment 1 and so on). However, distortion
components, such as noise components, frequency offset,
channel estimation error, and the likes are not considered in
the formulas described above. Hence, demodulation (detec-
tion) is performed with them. Regarding the values u and v
that the transmission device uses for performing the power
change, the transmission device transmits information about
these values, or transmits information of the transmission
mode (such as the transmission scheme, the modulation
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scheme and the error correction scheme) to be used. The
reception device detects the values used by the transmission
device by acquiring the information, obtains the relationships
described above, and performs the demodulation (detection).

In the present embodiment, the switching between the
phase changing values is performed on the modulated signal
after precoding in the time domain. However, when a multi-
carrier transmission scheme such as an OFDM scheme is
used, the present invention is applicable to the case where the
switching between the phase changing values is performed on
the modulated signal after precoding in the frequency
domain, as described in other embodiments. Ifthis is the case,
t used in the present embodiment is to be replaced with f
(frequency ((sub) carrier)).

Accordingly, in the case of performing the switching
between the phase changing values on the modulated signal
after precoding in the time domain, z1(t) and z2(t) at the same
time point is transmitted from different antennas by using the
same (common/shared) frequency. On the other hand, in the
case of performing the switching between the phase changing
values on the modulated signal after precoding in the fre-
quency domain, z1(f) and z2(f) at the same (common/shared)
frequency is transmitted from different antennas at the same
time point.

Also, even in the case of performing switching between the
phase changing values on the modulated signal after precod-
ing in the time and frequency domains, the present invention
is applicable as described in other embodiments. The scheme
pertaining to the present embodiment, which switches
between the phase changing values on the modulated signal
after precoding, is not limited the scheme which switches
between the phase changing values on the modulated signal
after precoding as described in the present Description.

Also, assume that processed baseband signals z1(i), z2(1)
(where 1 represents the order in terms of time or frequency
(carrier)) are generated by regular phase change and precod-
ing (it does not matter which is performed first) on baseband
signals s1(i) and s2(i) for two streams. Let the in-phase com-
ponent I and the quadrature component Q of the processed
baseband signal z1(i) be I, (i) and Q,(i) respectively, and let
the in-phase component I and the quadrature component Q of
the processed baseband signal z2(1) be 1,(i) and Q,(i) respec-
tively. In this case, the baseband components may be
switched, and modulated signals corresponding to the
switched baseband signal r1(i) and the switched baseband
signal r2(i) may be transmitted from different antennas at the
same time and over the same (common/shared) frequency by
transmitting a modulated signal corresponding to the
switched baseband signal r1(i) from transmit antenna 1 and a
modulated signal corresponding to the switched baseband
signal r2(i) from transmit antenna 2 at the same time and over
the same (common/shared) frequency. Baseband components
may be switched as follows.

Let the in-phase component and the quadrature component
of the switched baseband signal r1(i) be I,(i) and Q,(1)
respectively, and the in-phase component and the
quadrature component of the switched baseband signal
r2(1) be 1,(i) and Q, (i) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r1(i) be I,(i) and I,(i)
respectively, and the in-phase component and the
quadrature component of the switched baseband signal
r2(1) be Q, (i) and Q,(i) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r1(i) be 1,(i) and I, (i)
respectively, and the in-phase component and the
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quadrature component of the switched baseband signal
r2(1) be Q, (1) and Q,(i) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r1(i) be I,(i) and L,(i)
respectively, and the in-phase component and the
quadrature component of the switched baseband signal
r2(1) be Q,(1) and Q, (i) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r1(i) be 1,(i) and I,(i)
respectively, and the in-phase component and the
quadrature component of the switched baseband signal
r2(i) be Q,(i) and Q, (i) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r1(i) be I, (i) and Q,(1)
respectively, and the in-phase component and the
quadrature component of the switched baseband signal
r2(i) be Q, (i) and L, (i) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r1(i) be Q,(1) and I, (i)
respectively, and the in-phase component and the
quadrature component of the switched baseband signal
r2(i) be 1,(i) and Q, (i) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r1(i) be Q,(1) and I, (i)
respectively, and the in-phase component and the
quadrature component of the switched baseband signal
r2(i) be Q, (i) and L, (i) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r2(i) be I,(i) and L,(i)
respectively, and the in-phase component and the
quadrature component of the switched baseband signal
rl(i) be Q, (i) and Q,(i) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r2(i) be 1,(i) and I, (i)
respectively, and the in-phase component and the
quadrature component of the switched baseband signal
r;(1) be Q, (1) and Q,(i) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r2(i) be I,(i) and L,(i)
respectively, and the in-phase component and the
quadrature component of the switched baseband signal
r1(i) be Q,(i) and Q, (i) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r2(i) be 1,(i) and I, (i)
respectively, and the in-phase component and the
quadrature component of the switched baseband signal
r1(i) be Q,(i) and Q, (i) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r2(i) be I, (i) and Q,(1)
respectively, and the in-phase component and the
quadrature component of the switched baseband signal
rl(i) be I,(i) and Q, (i) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r2(i) be I, (i) and Q,(1)
respectively, and the in-phase component and the
quadrature component of the switched baseband signal
rl(i) be Q,(i) and L, (i) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r2(i) be Q,(1) and I, (i)
respectively, and the in-phase component and the
quadrature component of the switched baseband signal
rl(i) be I,(i) and Q, (i) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r2(i) be Q,(1) and I, (i)
respectively, and the in-phase component and the
quadrature component of the switched baseband signal
rl(i) be Q,(i) and L, (i) respectively.
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In the above description, signals in two streams are pro-
cessed and in-phase components and quadrature components
of the processed signals are switched, but the present inven-
tion is not limited in this way. Signals in more than two
streams may be processed, and the in-phase components and
quadrature components of the processed signals may be
switched.

In addition, the signals may be switched in the following
manner. For example,

Let the in-phase component and the quadrature component
of the switched baseband signal r1(i) be 1,(i) and Q,(i)
respectively, and the in-phase component and the
quadrature component of the switched baseband signal
r2(i) be I,(1) and Q, (i) respectively.

Such switching can be achieved by the structure shown in

FIG. 55.

In the above-mentioned example, switching between base-
band signals at the same time (at the same (common/shared)
frequency ((sub)carrier)) has been described, but the present
invention is not limited to the switching between baseband
signals at the same time. As an example, the following
description can be made.

Let the in-phase component and the quadrature component
of the switched baseband signal r1(i) be I,(i+v) and
Q,(i+w) respectively, and the in-phase component and
the quadrature component of the switched baseband sig-
nal r2(i) be L,(i+w) and Q, (i+v) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r1(i) be I,(i+v) and
1,(i+w) respectively, and the in-phase component and
the quadrature component of the switched baseband sig-
nal r2(i) be Q,(i+v) and Q,(i+w) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r1(i) be I,(i+w) and
1, (i+v) respectively, and the in-phase component and the
quadrature component of the switched baseband signal
r2(1) be Q, (i+v) and Q,(i+w) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r1(i) be I,(i+v) and
1,(i+w) respectively, and the in-phase component and
the quadrature component of the switched baseband sig-
nal r2(1) be Q,(i+w) and Q, (i+v) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r1(i) be I,(i+w) and
1, (i+v) respectively, and the in-phase component and the
quadrature component of the switched baseband signal
r2(i) be Q,(i+w) and Q, (i+v) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r1(i) be I,(i+v) and
Q,(i+w) respectively, and the in-phase component and
the quadrature component of the switched baseband sig-
nal r2(i) be Q,(i+v) and I,(i+w) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r1(i) be Q,(i+w) and
1, (i+v) respectively, and the in-phase component and the
quadrature component of the switched baseband signal
r2(1) be L,(i+w) and Q, (i+v) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r1(i) be Q,(i+w) and
1, (i+v) respectively, and the in-phase component and the
quadrature component of the switched baseband signal
r2(1) be Q, (i+v) and L,(i+w) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r2(i) be I,(i+v) and
I,(i+w) respectively, and the in-phase component and
the quadrature component of the switched baseband sig-
nal r1(i) be Q,(i+v) and Q,(i+w) respectively.
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Let the in-phase component and the quadrature component
of the switched baseband signal r2(i) be I,(i+w) and
1, (i+v) respectively, and the in-phase component and the
quadrature component of the switched baseband signal
rl(i) be Q,(i+v) and Q,(i+w) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r2(i) be I,(i+v) and
I,(i+w) respectively, and the in-phase component and
the quadrature component of the switched baseband sig-
nal r1(i) be Q,(i+w) and Q, (i+v) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r2(i) be 1,(i+w) and
1, (i+v) respectively, and the in-phase component and the
quadrature component of the switched baseband signal
rl(i) be Q,(i+w) and Q, (i+v) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r2(i) be I,(i+v) and
Q,(i+w) respectively, and the in-phase component and
the quadrature component of the switched baseband sig-
nal r1(i) be L,(i+w) and Q, (i+v) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r2(i) be I,(i+v) and
Q,(i+w) respectively, and the in-phase component and
the quadrature component of the switched baseband sig-
nal r1(i) be Q, (i+v) and I,(i+w) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r2(i) be Q,(i+w) and
1, (i+v) respectively, and the in-phase component and the
quadrature component of the switched baseband signal
r1(i) be L,(i+w) and Q,(i+v) respectively.

Let the in-phase component and the quadrature component
of the switched baseband signal r2(i) be Q,(i+w) and
1, (i+v) respectively, and the in-phase component and the
quadrature component of the switched baseband signal
r1(i) be Q,(i+v) and L,(i+w) respectively.

In addition, the signals may be switched in the following

manner. For example,

Let the in-phase component and the quadrature component
of the switched baseband signal r1(i) be I,(i+w) and
Q,(i+w) respectively, and the in-phase component and
the quadrature component of the switched baseband sig-
nal r2(i) be I,(i+v) and Q,(i+w) respectively.

This can also be achieved by the structure shown in FIG.

55.

FIG. 55 illustrates a baseband signal switcher 5502
explaining the above. As shown, of the two processed base-
band signals z1(i) 5501_1 and 7z2(i) 5501_2, processed base-
band signal z1(i) 5501_1 has in-phase component I, (i) and
quadrature component Q, (i), while processed baseband sig-
nal z2(i) 5501_2 has in-phase component [,(i) and quadrature
component Q,(i). Then, after switching, switched baseband
signal r1(1) 5503_1 has in-phase component I, (i) and quadra-
ture component Q,, (i), while switched baseband signal r2(i)
5503_2 has in-phase component I ,(i) and quadrature com-
ponent Q,,(i). The in-phase component 1., (i) and quadrature
component Q,, (i) of switched baseband signal r1(i) 5503_1
and the in-phase component Ir2(i) and quadrature component
Q,,(1) of switched baseband signal r2(i) 5503_2 may be
expressed as any of the above. Although this example
describes switching performed on baseband signals having a
common time (common ((sub-)carrier) frequency) and hav-
ing undergone two types of signal processing, the same may
be applied to baseband signals having undergone two types of
signal processing but having different time (different ((sub-)
carrier) frequencies).

The switching may be performed while regularly changing
switching methods.
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For example,

At time 0,
for switched baseband signal r1(0), the in-phase component
may be I,(0) while the quadrature component may be Q,(0),
and for switched baseband signal r2(0), the in-phase compo-
nent may be 1,(0) while the quadrature component may be
Q,(0);

Attime 1,
for switched baseband signal r1(1), the in-phase component
may be I,(1) while the quadrature component may be Q,(1),
and for switched baseband signal r2(1), the in-phase compo-
nent may be [,(1) while the quadrature component may be
Q;(1), and so on. In other words,

When time is 2k (k is an integer),
for switched baseband signal r1(2k), the in-phase component
may be I,(2k) while the quadrature component may be
Q,(2k), and for switched baseband signal r2(2k), the in-phase
component may be 1,(2k) while the quadrature component
may be Q,(2k).

When time is 2k+1 (k is an integer),
for switched baseband signal r1(2k+1), the in-phase compo-
nent may be 1,(2k+1) while the quadrature component may be
Q,(2k+1), and for switched baseband signal r2(2k+1), the
in-phase component may be I,(2k+1) while the quadrature
component may be Q,(2k+1).

When time is 2k (k is an integer),
for switched baseband signal r1(2k), the in-phase component
may be I,(2k) while the quadrature component may be
Q,(2k), and for switched baseband signal r2(2k), the in-phase
component may be I, (2k) while the quadrature component
may be Q,(2k).

When time is 2k+1 (k is an integer),
for switched baseband signal r1(2k+1), the in-phase compo-
nent may be I, (2k+1) while the quadrature component may be
Q,(2k+1), and for switched baseband signal r2(2k+1), the
in-phase component may be 1,(2k+1) while the quadrature
component may be Q,(2k+1).

Similarly, the switching may be performed in the fre-
quency domain. In other words,

When frequency ((sub) carrier) is 2k (k is an integer),
for switched baseband signal r1(2k), the in-phase component
may be I,(2k) while the quadrature component may be
Q,(2k), and for switched baseband signal r2(2k), the in-phase
component may be 1,(2k) while the quadrature component
may be Q,(2k).

When frequency ((sub) carrier) is 2k+1 (k is an integer),
for switched baseband signal r1(2k+1), the in-phase compo-
nent may be 1,(2k+1) while the quadrature component may be
Q,(2k+1), and for switched baseband signal r2(2k+1), the
in-phase component may be I,(2k+1) while the quadrature
component may be Q,(2k+1).

When frequency ((sub) carrier) is 2k (k is an integer),
for switched baseband signal r1(2k), the in-phase component
may be I,(2k) while the quadrature component may be
Q,(2k), and for switched baseband signal r2(2k), the in-phase
component may be I, (2k) while the quadrature component
may be Q,(2k).

When frequency ((sub) carrier) is 2k+1 (k is an integer),
for switched baseband signal r1(2k+1), the in-phase compo-
nent may be I, (2k+1) while the quadrature component may be
Q,(2k+1), and for switched baseband signal r2(2k+1), the
in-phase component may be 1,(2k+1) while the quadrature
component may be Q,(2k+1).

(Regarding Cyclic Q Delay)

The following describes the application of the Cyclic Q
Delay mentioned throughout the present disclosure. Non-
Patent Literature 10 describes the overall concept of Cyclic Q
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Delay. The following describes a specific example of a gen-
eration method for the s1 and s2 signals when Cyclic Q Delay
is used.

FIG. 102 illustrates an example of a signal point arrange-
ment in the [-Q plane when the modulation scheme is
16-QAM. As shown, when the input bits are b0, b1, b2, and
b3, the bits take on either a value of 0000 or a value of 1111.
For example, when the bits b0, bl, b2, and b3 are to be
expressed as 0000, then signal point 10201 of FIG. 102 is
selected, a value of the in-phase component based on signal
point 10201 is taken as the in-phase component of the base-
band signal, and a value of the quadrature component based
onsignal point 10201 is taken as the quadrature component of
the baseband signal. When the bits b0, b1, b2, and b3 are to be
expressed as a different value, the in-phase component and
the quadrature component of the baseband signal are gener-
ated similarly.

FIG. 103 illustrates a sample configuration of a signal
generator for generating modulated signals s1(t) (where t is
time) (alternatively, s1 (f), where f is frequency) and s2(t)
(alternatively, s2(f)) from (binary) data when the cyclic Q
delay is applied.

A mapper 10302 takes data 10301 and a control signal
10306 as input, and performs mapping in accordance with the
modulation scheme of the control signal 10306. For example,
when 16-QAM is selected as the modulation scheme, map-
ping is performed as illustrated in FIG. 102. The mapper then
outputs an in-phase component 10303_A and a quadrature
component 10303_B for the mapped baseband signal. No
limitation is intended to the modulation scheme being
16-QAM, and the operations are similar for other modulation
schemes.

Here, the data at time 1 corresponding to the bits b0, b1, b2,
and b3 from FIG. 102 are respectively indicated as b01, b11,
b21, and b31. The mapper 10302 outputs the in-phase com-
ponent I1 and the quadrature component Q1 for the baseband
signal at time 1, according to the data b0, b1, b2, and b3 at
time 1. Similarly, another mapper 10302 outputs the in-phase
component I2 and the quadrature component Q2 and so on for
the baseband signal at time 2.

A memory and signal switcher 10304 takes the in-phase
component 10303_A and the quadrature component
10303_B of the baseband signal as input and, in accordance
with a control signal 10306, stores the in-phase component
10303_A and the quadrature component 10303_B of the
baseband signal, switches the signals, and outputs modulated
signal s1(t) (10305_A) and modulated signal s2(t)
(10305_B). The generation method for the modulated signals
s1(t) and s2(t) is described in detail below.

As described elsewhere in the disclosure, precoding and
phase changing are performed on the modulated signal s1(t)
and s2(t). Here, as described elsewhere, signal processing
involving phase change, power change, signal switching, and
so on may be applied at any step. Thus, modulated signals
rl(t) and r2(t), respectively obtained by applying the precod-
ing and phase change to the modulated signals s1(t) and s2(t),
are transmitted using the same (common) frequency band at
the same (common) time.

Although the above description is given with respect to the
time domain, s1(t) and s2(t) may be thought of as s1(f) and
s2(f) (where f is the (sub-)carrier frequency) when a multi-
carrier transmission scheme such as OFDM is employed. In
contrast to the modulated signals s1(f) and s2(f), modulated
signals r1(f) and r2(f) obtained using a precoding scheme in
which the precoding matrix is regularly changed are trans-
mitted at the same (common) time (r1(f) and r2(f) being, of
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course) signals of the same (common/shared) frequency
band). Also, as described above, s1(t) and s2(t) may be treated
as s1(t,f) and s2(t,1).

The following describes the generation method for modu-
lated signals sl(t) and s2(t). FIG. 104 illustrates a first
example of a generation method for s1(t) and s2(t) when a
cyclic Q delay is used.

Portion (a) of FIG. 104 indicates the in-phase component
and the quadrature component of the baseband signal
obtained by the mapper 10302 of FIG. 103. As shown in FIG.
87A and as described with reference to the mapper 10302 of
FIG. 103, the mapper 10302 outputs the in-phase component
and the quadrature component of the baseband signal such
that in-phase component I1 and quadrature component Q1
occur at time 1, in-phase component 12 and quadrature com-
ponent Q2 occur at time 2, in-phase component 13 and
quadrature component Q3 occur at time 3, and so on.

Portion (b) of FIG. 104 illustrates a sample set of in-phase
components and quadrature components for the baseband
signal when signal switching is performed by the memory
and signal switcher 10304 of FIG. 103. As shown, pairs of
quadrature components are switched at each of time 1 and
time 2, time 3 and time 4, and time 5 and time 6 (i.e., time 2i+1
and time 2i+2, i being a non-zero positive integer) such that,
for example, the components at time 1 and t2 are switched.

Accordingly, given that signal switching is not performed
on the in-phase component of the baseband signal, the order
thereof is such that in-phase component 11 occurs at time 1,
in-phase component 12 occurs at time 2, baseband signal 13
occurs at time 3, and so on.

Then, signal switching is performed within the pairs of
quadrature components for the baseband signal. Thus,
quadrature component Q2 occurs at time 1, quadrature com-
ponent Q1 occurs at time 2, quadrature component Q4 occurs
at time 3, quadrature component Q3 occurs at time 4, and so
on.

Portion (¢) of FIG. 104 indicates a sample configuration for
modulated signals s1(t) and s2(t) before precoding, when the
scheme applied involves precoding and phase changing. For
example, as shown in portion (c), the baseband signal gener-
ated in portion (b) is alternately assigned to s1(t) and to s2(t).
Thus, the first slot of s1(t) takes (I1, Q2) and the first slot of
s2(t) takes (12, Q1). Likewise, the second slot of s1(t) takes
(I3, Q4) and the second slot of s2(t) takes (14, Q3). This
continues similarly.

Although FIG. 104 describes an example with reference to
the time domain, the same applies to the frequency domain
(exactly as described above). In such cases, the descriptions
pertain to s1(f) and 2(%).

Then, N-slot precoded and phase changed modulated sig-
nals r1(t) and r2(t) are obtained after applying the precoding
and phase change to the N-slot modulated signals s1(t) and
s2(t). This point is described elsewhere in the present disclo-
sure.

FIG. 105 illustrates a configuration that differs from that of
FIG. 103 and is used to obtain the N-slot s1(t) and s2(t) from
FIG. 104. The mapper 10502 takes data and a control signal
10504 as input and, in accordance with the modulation
scheme of the control signal 10504, for example, performs
mapping in consideration of the switching from FIG. 104,
generates a mapped signal (i.e., in-phase components and
quadrature components of the baseband signal) and generates
modulated signal s1(t)(10503_A) and modulated signal s2(t)
(10503_B) from the mapped signal. Modulated signal (s1(t)
(10503_A) is identical to modulated signal 10305_A from
FIG. 103, and modulated signal s2(t) (10503_B) is identical
to modulated signal 10305_B from FIG. 103. This is as indi-
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cated in portion (¢) of FIG. 104. Accordingly, the first slot of
modulated signal s1(t) (10503_A) takes (11, Q2), the first slot
of modulated signal s2(t) (10503_B) takes (12, Q1), the sec-
ond slot of modulated signal s1(t) (10503_A) takes (I3, Q4),
the second slot of modulated signal s2(t) (10503 _B) takes (14,
Q3), and so on.

The generation method for the first slot (I1, Q2) of modu-
lated signal s1(t) (10503_A) and the first slot (12, Q1) of
modulated signal s2(t) (10503_B) by the mapper 10502 from
FIG. 105 is described below, as a supplement.

The data 10501 indicated in FIG. 105 is made up of time 1
datab01,b11,b21,b31 and of time 2 data b02, b12,b22, b32.
The mapper 10502 of FIG. 105 generates 11, Q1, 12, and Q2
as described above using the datab01,b11,b21, b31 and b02,
b12,b22, and b32. Thus, the mapper 10502 of FIG. 105 is able
to generate the modulated signals s1(t) and s2(t) from 11, Q1,
12, and Q2.

FIG. 106 illustrates a configuration that differs from those
of FIGS. 103 and 105 and is used to obtain the N-slot s1(t) and
s2(t) from FIG. 104. The mapper 10601_A takes data 10501
and a control signal 10504 as input and, in accordance with
the modulation scheme of the control signal 10504, for
example, performs mapping in consideration of the switching
from FIG. 104, generates a mapped signal (i.e., in-phase
components and quadrature components of the baseband sig-
nal) and generates a modulated signal s1(t) (10503_A) from
the mapped signal. Similarly, the mapper 10601_B takes data
10501 and a control signal 10504 as input and, in accordance
with the modulation scheme of the control signal 10504, for
example, performs mapping in consideration of the switching
from FIG. 104, generates a mapped signal (i.e., in-phase
components and quadrature components of the baseband sig-
nal) and generates a modulated signal s2(t) (10503_B) from
the mapped signal.

The data 10501 input to the mapper 10601_A and the data
10501 input to the mapper 10601_B are, of course, identical
data. Modulated signal s1(t) (10503_A) is identical to modu-
lated signal 10305_A from FIG. 103, and modulated signal
s2(t) (10503_B) is identical to modulated signal 10305_B
from FIG. 6. This is as indicated in portion (c) of FIG. 104.

Accordingly, the first slot of modulated signal sl(t)
(10503_A) takes (I1, Q2), the first slot of modulated signal
s2(t) (10503_B) takes (12, Q1), the second slot of modulated
signal s1(t) (10503_A) takes (I3, Q4), the second slot of
modulated signal s2(t) (10503_B) takes (14, Q3), and so on.

The generation method for the first slot (I1, Q2) of modu-
lated signal s1(t) (10503_A) by the mapper 10601_A from
FIG. 106 is described below, as a supplement. The data 10501
indicated in FIG. 106 are made up of time 1 data bO1, b11,
b21, b31 and of time 2 data b02, b12, b22, b32. The mapper
10601_A of FIG. 106 generates I1 and Q2 as described above
using the data b01,b11, b21,b31 and b02, b12, b22, and b32.
The mapper 10601_A of FIG. 106 then generates modulated
signal s1(t) from I1 and Q2.

The generation method for the first slot (12, Q1) of modu-
lated signal s2(t) (10503_B) by the mapper 10601_B from
FIG. 106 is described below. The data 10501 indicated in FIG.
106 are made up of time 1 datab01, b11, b21,b31 and of time
2 data b02, b12, b22, b32. The mapper 10601_B of FIG. 106
generates 12 and Q1 as described above using the data b01,
bl1,b21, b31 and b02, b12, b22, and b32. Thus, the mapper
10601_B of FIG. 106 is able to generate modulated signal
s2(t) from 12 and Q1.

Next, FIG. 107 illustrates a second example that differs
from the generation method of s1(t) and s2(t) from FIG. 104
is given for a case where the cyclic Q delay is used. In FIG.
107, reference signs corresponding to elements found in FIG.
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104 are identical (i.e., the in-phase component and quadrature
component of the baseband signal).

Portion (a) of FIG. 107 indicates the in-phase component
and the quadrature component of the baseband signal
obtained by the mapper 10302 of FIG. 103. Portion (a) of
FIG. 107 is identical to portion (a) of FIG. 104. Explanations
thereof are thus omitted.

Portion (b) of FIG. 107 illustrates the configuration of the
in-phase component and the quadrature component of the
baseband signals s1(t) and s2(t) prior to signal switching. As
shown, the baseband signal is allocated to s1(t) at times 2i+1,
and allocated to s2(t) at times 2i+2 (i being a non-zero positive
integer).

Portion (¢) of FIG. 107 illustrates a sample set of in-phase
components and quadrature components for the baseband
signal when signal switching is performed by the memory
and signal switcher 10304 of FIG. 103. The main point of
portion (c) of FIG. 107 (and point of difference from portion
() of FIG. 104) is that signal switching occurs within s1(t) as
well as s2(t).

Accordingly, in contrast to portion (b) of FIG. 107, Q1 and
Q3 of s1(t) are switched in portion (¢) of FIG. 107, as are Q5
and Q7. Also, in contrast to portion (b) of FIG. 107, Q2 and
Q4 of s2(t) are switched in portion (¢) of FIG. 107, as are Q6
and Q8.

Thus, the first slot of s1(t) has an in-phase component 11
and a quadrature component Q3, and the first slot of s2(t) has
an in-phase component 12 and a quadrature component Q4.
Also, the second slot of s1(t) has an in-phase component 13
and a quadrature component Q1, and the second slot of s2(t)
has an in-phase component 14 and a quadrature component
Q4. The third and fourth slots are as indicated in portion (c) of
FIG. 107, and subsequent slots are similar.

Then, N-slot precoded and phase changed modulated sig-
nals r1(t) and r2(t) are obtained after applying the precoding
and phase change to the N-slot modulated signals s1(t) and
s2(t). This point is described elsewhere in the present disclo-
sure.

FIG. 108 illustrates a configuration that differs from that of
FIG. 103 and is used to obtain the N-slot s1(t) and s2(t) from
FIG. 107. The mapper 10502 takes data 10501 and a control
signal 10504 as input and, in accordance with the modulation
scheme of the control signal 10504, for example, performs
mapping in consideration of the switching from FIG. 107,
generates a mapped signal (i.e., in-phase components and
quadrature components of the baseband signal) and generates
modulated signal s1(t)(10503_A) and modulated signal s2(t)
(10503_B) from the mapped signal. Modulated signal s1(t)
(10503_A) is identical to modulated signal 10305_A from
FIG. 103, and modulated signal s2(t) (10503_B) is identical
to modulated signal 10305_B from FIG. 6. This is as indi-
cated in portion (¢) of FIG. 107. Accordingly, the first slot of
modulated signal s1(t) (10503_A) takes (11, Q3), the first slot
of modulated signal s2(t) (10503_B) takes (12, Q4), the sec-
ond slot of modulated signal s1(t) (10503_A) takes (I3, Q1),
the second slot of modulated signal s2(t) (10503_B) takes (14,
Q2), and so on.

The generation method for the first slot (11, Q3) of modu-
lated signal s1(t) (10503_A), the first slot (12, Q4) of modu-
lated signal s2(t) (10503_B), the second slot (I3, Q1) of
modulated signal s1(t) (10503_A), and the second slot (14,
Q2) of modulated signal s2(t) (10503_B) by the mapper
10502 from FIG. 108 is described below, as a supplement.

The data 10501 indicated in FIG. 108 are made up of time
1datab01,b11,b21,b31, time 2 datab02,b12, b22, b32, time
3 datab03, b13, b23, b33, and time 4 data b04, b14, b24, b34.
The mapper 10502 of FIG. 108 generates the aforementioned
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11,Q1,12,Q2,13, Q3, 14, and Q4 from the data b01, b11, b21,
b31, b02, b12, b22, b32, b03, b13, b23, b33, b04. b14, b24,
b34. Thus, the mapper 10502 of FIG. 108 is able to generate
the modulated signals s1(t) and s2(t) from 11, Q1, 12, Q2, I3,
Q3, 14, and Q4.

FIG. 102 illustrates a configuration that differs from those
of FIGS. 103 and 108 and is used to obtain the N-slot s1(t) and
s2(t) from FIG. 107. A distributor 10201 takes data 10501 and
the control signal 10504 as input, distributes the data in accor-
dance with the control signal 10504, and outputs first data
10202_A and second data 10202_B. The mapper 10601_A
takes the first data 10202_A and the control signal 10504 as
input and, in accordance with the modulation scheme of the
control signal 10504, for example, performs mapping in con-
sideration of the switching from FIG. 107, generates a
mapped signal (i.e., in-phase components and quadrature
components of the baseband signal) and generates a modu-
lated signal s1(t)(10503_A) from the mapped signal. Simi-
larly, the mapper 10601_B takes second data 10202_B and
the control signal 10504 as input and, in accordance with the
modulation scheme of the control signal 10504, for example,
performs mapping in consideration of the switching from
FIG. 107, generates a mapped signal (i.e., in-phase compo-
nents and quadrature components of the baseband signal) and
generates a modulated signal s2(t) (10503_B) from the
mapped signal.

Accordingly, the first slot of modulated signal sl(t)
(10503_A) takes (I1, Q3), the first slot of modulated signal
s2(t) (10503_B) takes (12, Q4), the second slot of modulated
signal s1(t) (10503_A) takes (I3, Q1), the second slot of
modulated signal s2(t) (10503_B) takes (14, Q2), and so on.

The generation method for the first slot (I1, Q3) of modu-
lated signal s1(t) (10503_A) and the first slot (I3, Q1) of
modulated signal s2(t) (10503_B) by the mapper 10601_A
from FIG. 109 is described below, as a supplement. The data
10501 indicated in FIG. 109 are made up of time 1 data b01,
b11,b21,b31, time 2 datab02,b12, b22,b32, time 3 data b03,
b13, b23, b33, and time 4 data b04, bl4, b24, b34. The
distributor 10901 outputs the time 1 data b01, b11, b21, b31
and the time 3 data b03, b13, b23, b33, as the first data
10902_A, and outputs the time 2 data b02, b12, b22, b32 and
the time 4 datab04, b14, b24, b34 as the second data 10902_B
The mapper 10601_A of FIG. 109 generates the first slot as
(I1,Q3) and the second slot as (I3, Q1) from the data bO1, b11,
b21, b31, b03, b13, b23, b33. The third slot and subsequent
slots are generated similarly.

The generation method for the first slot (12, Q4) of modu-
lated signal s2(t) (10503_B) and the second slot (14, Q2) by
the mapper 10601_B from FIG. 109 is described below. The
mapper 10601_B from FIG. 109 generates the first slot as (12,
Q4) and the second slot as (14, Q2) from the time 2 data b02,
b12,b22,b32 and the time 4 data b04, b14,b24, b34. The third
slot and subsequent slots are generated similarly.

Although two methods using cyclic Q delay are described
above, when the signals are switched among slot pairs as per
FIG. 104, the demodulator (detector) of the reception device
is able to constrain the quantity of candidate signal points.
This has the merit of reducing the scope of calculation (circuit
scope). Also, when the signals are switched within s1(t) and
s2(t), as per FIG. 107, the demodulator (detector) of the
reception device encounters a large quantity of candidate
signal points. However, time diversity gain (or frequency
diversity gain when switching is performed with respect to
the frequency domain) is available, which as the merit of
enabling further improvements to the data reception quality.

Although the above description uses examples of a
16-QAM modulation scheme, no limitation is intended. The
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same applies to other modulation schemes, such as QPSK,
8-QAM, 32-QAM, 64-QAM, 128-QAM, 256-QAM and so
on.

Also, the cyclic Q delay method is not limited to the two
schemes given above. For example, either of the two schemes
given above may involve switching either of the quadrature
component or the in-phase component of the baseband signal.
Also, while the above describes switching performed at two
times (e.g., switching the quadrature components of the base-
band signal at times 1 and 2), the in-phase components and
(or) the quadrature components of the baseband signal may
also be switched at a plurality of times. Accordingly, when the
in-phase components and quadrature components of the base-
band signal are generated and cyclic Q delay is performed as
in FIG. 104, then the in-phase component of the baseband
signal after cyclic Q delay at time i is Ii, and the quadrature
component of the baseband signal after cyclic Q delay at time
iis Qj (where i=j). Alternatively, the in-phase component of
the baseband signal after cyclic Q delay at time i is Ij, and the
quadrature component of the baseband signal after cyclic Q
delay at time i is Qi (where i=j). Alternatively, the in-phase
component of the baseband signal after cyclic Q delay at time
iis Ij, and the quadrature component of the baseband signal
after cyclic Q delay at time i is Qk (where i=], i=k, j=k).

The precoding and phase change are then applied to the
modulated signals s1(t) (or s1(f), or s1(t,f)) and s2(t) (or s2(f)
or s2(t,)) obtained by applying the above-described cyclic Q
delay. (Here, as described elsewhere, signal processing
involving phase change, power change, signal switching, and
so on may be applied at any step.) Here, the precoding and
phase changing application method used on the modulated
signal obtained with the cyclic Q delay may be any of the
precoding and phase changing methods described in the
present disclosure.

INDUSTRIAL APPLICABILITY

The present invention is widely applicable to wireless sys-
tems that transmit different modulated signals from a plural-
ity of antennas, such as an OFDM-MIMO system. Also, the
present invention is also applicable in a wired system having
multiple connections (e.g., a power line communication sys-
tem, a fibre-optic system, a digital subscriber line system, and
so on) when MIMO transmission is used, and the modulated
signals described in the present document are applied. The
modulated signals may also be transmitted from a plurality of
transmission locations.

REFERENCE SIGNS LIST

302A, 302B Encoders

304A, 304B Interleavers

306A, 306B Mappers

314 Signal processing scheme information generator
308A, 308B Weighting compositors
310A, 310B Wireless units

312A, 312B Antennas

317A, 317B Phase changers

402 Encoder

404 Distributor

504#1, 50442 Transmit antennas
505#1, 505#2 Receive antennas

600 Weighting unit

701_X, 701_Y Antennas

703_X, 703_Y Wireless units

705_1 Channel fluctuation estimator
705_2 Channel fluctuation estimator
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707_1 Channel fluctuation estimator

707_2 Channel fluctuation estimator

709 Control information decoder

711 Signal processor

803 Inner MIMO detector

805A, 805B Log-likelihood calculators
807A, 8078 Deinterleavers

809A, 809B Log-likelihood ratio calculator
811A, 811B Soft-in/soft-out decoders
813A, 813B Interleavers

815 Memory

819 Coefficient generator

901 Soft-in/soft-out decoder

903 Distributor

1201A, 1201B OFDM-related processors
1302A, 1302A Serial-to-parallel converters
1304 A, 1304B Reorderers

1306 A, 1306B Inverse Fast Fourier Transform units
1308A, 1308B Wireless units

The invention claimed is:

1. A transmission signal generating method comprising:

applying precoding to a first modulated signal s1 and a
second modulated signal s2 to generate a first precoded
signal 7'l and a second precoded signal z'2, the first
modulated signal s1 having been modulated by a first
modulation scheme at a modulation level denoted by a,
the second modulated signal s2 having been modulated
by a second modulation scheme at a modulation level
denoted by b, and a and b being integers satisfying a<b;

performing a phase change on at least one of the first
precoded signal 7'l and the second precoded signal z'2 to
generate a first transmission signal z1 and a second
transmission signal z2; and

outputting the first transmission signal z1 and the second
transmission signal z2 respectively to be transmitted
from a first antenna and a second antenna at the same
time at the same frequency, the first transmission signal
71 and the second transmission signal z2 include respec-
tively an information symbol regarding the first modu-
lation scheme and the second modulation scheme,

the precoding being represented by a precoding matrix

1 e axel
F= o .
Va2 +1 | axe’ e
where =0,

aphase change scheme for the phase change being changed
regularly, and

the transmission method further comprising:

performing a power change involving multiplication by a
weighting factor u, and multiplication by a weighting
factor u,, the weighting factor u, being used for the
generation of the first transmission signal z1 from the
first modulated signal s1, the weighting factor u, being
used for the generation of the second transmission signal
72 from the second modulated signal s2, and the weight-
ing factor u, and the weighting factor u, satisfying
u,<u,,.

2. A transmission signal generating apparatus comprising:

a weighting unit applying precoding to a first modulated
signal s1 and a second modulated signal s2 to generate a
first precoded signal 7'l and a second precoded signal
7'2,
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aphase changer performing a phase change on at least one
of'the first precoded signal z'1 and the second precoded
signal 7'2 to generate a first transmission signal z1 and a
second transmission signal z2; and

a output unit transmitting the first transmission signal z1
and the second transmission signal z2 respectively to be
transmitted from a first antenna and a second antenna at
the same time at the same frequency, the first transmis-
sion signal z1 and the second transmission signal z2
include respectively an information symbol regarding
the first modulation scheme and the second modulation
scheme,

the first modulated signal s1 having been modulated by a
first modulation scheme at a modulation level denoted
by a, the second modulated signal s2 having been modu-
lated by a second modulation scheme at a modulation
level denoted by b, and a and b being integers satistying
a<b,

the precoding being represented by a precoding matrix

1 e axel
F= . .
Vaz+1 Laxe® &7
where a=0,

aphase change scheme for the phase change being changed
regularly, and
the transmission apparatus further comprising:
a power changer performing a power change involving
multiplication by a weighting factor u, and multiplica-
tion by a weighting factor u,, the weighting factor u,
being used for the generation of the first transmission
signal z1 from the first modulated signal s1, the weight-
ing factor u,, being used for the generation of the second
transmission signal z2 from the second modulated signal
s2, and the weighting factor u, and the weighting factor
u,, satisfying u,<u,.
3. A reception signal generating method comprising:
inputting a reception signal obtained by receiving a first
transmission signal z1 and a second transmission signal
72 respectively transmitted from a first antenna and a
second antenna at the same time at the same frequency,
the first transmission signal z1 and the second transmis-
sion signal z2 having been generated by a predetermined
generation process, the first transmission signal z1 and
the second transmission signal z2 include respectively
an information symbol regarding a first modulation
scheme and a second modulation scheme; and
obtaining reception data by applying a demodulation pro-
cess corresponding to the predetermined generation pro-
cess to the reception signal based on the information
symbol,
the predetermined generation process including:
applying precoding to a first modulated signal s1 and a
second modulated signal s2 to generate a first pre-
coded signal 7'1 and a second precoded signal z'2; and

performing a phase change on at least one of the first
precoded signal z'1 and the second precoded signal z'2
to generate the first transmission signal z1 and the
second transmission signal z2,

the first modulated signal s1 having been modulated by the
first modulation scheme at a modulation level denoted
by a, the second modulated signal s2 having been modu-
lated by the second modulation scheme at a modulation
level denoted by b, a and b being integers satisfying a<b,
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the precoding being represented by a precoding matrix

1 e axel
F= o .
Va2 +1 | axe’ e
where =0,

aphase change scheme for the phase change being changed
regularly, and
the predetermined generation process further including:
performing a power change involving multiplication by a
weighting factor u, and multiplication by a weighting
factor u,, the weighting factor u, being used for the
generation of the first transmission signal z1 from the
first modulated signal s1, the weighting factor u, being
used for the generation of the second transmission signal
72 from the second modulated signal s2, and the weight-
ing factor u, and the weighting factor u, satisfying
u,<U,.
4. A reception signal generating apparatus comprising:
an inputting unit acquiring a reception signal obtained by
receiving a first transmission signal z1 and a second
transmission signal 72 respectively transmitted from a
first antenna and a second antenna at the same time at the
same frequency, the first transmission signal z1 and the
second transmission signal z2 having been generated by
a predetermined generation process, the first transmis-
sion signal z1 and the second transmission signal 72
include respectively an information symbol regarding a
first modulation scheme and a second meodulation
scheme; and
a demodulator obtaining reception data by applying a
demodulation process corresponding to the predeter-
mined generation process to the reception signal based
on the information symbol,
the predetermined generation process including:
applying precoding to a first modulated signal s1 and a
second modulated signal s2 to generate a first pre-
coded signal 7'1 and a second precoded signal z'2; and
performing a phase change on at least one of the first
precoded signal z'1 and the second precoded signal z'2
to generate the first transmission signal z1 and the
second transmission signal 72,
the first modulated signal s1 having been modulated by the
first modulation scheme at a modulation level denoted
by a, the second modulated signal s2 having been modu-
lated by the second modulation scheme at a modulation
level denoted by b, a and b being integers satisfying a<b,
the precoding being represented by a precoding matrix

1 el axel
F = ) .
Va2 +1 Laxe® &7
where =0,

aphase change scheme for the phase change being changed
regularly, and

the predetermined generation process further including:

performing a power change involving multiplication by a
weighting factor u, and multiplication by a weighting
factor u,, the weighting factor u, being used for the
generation of the first transmission signal z1 from the
first modulated signal s1, the weighting factor u, being
used for the generation of the second transmission signal
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72 from the second modulated signal s2, and the weight-
ing factor u, and the weighting factor u, satisfying
u,<u,.
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